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Preface

The electric circuits are perhaps the fundamental step toward understanding
complex electrical engineering concepts. A strong knowledge of circuit analysis
leads to advanced techniques that are moving the industry forward. However, the
traditional circuits as known by many of the educators have changed. For instance,
most of the circuits are now being combined in Integrated Circuits and are built on
chips. Strong processors are now accomplishing most of the operations in software
and sometimes exceed performances that were previously just expected from
hardware implementations. Therefore, although the principles of the circuit anal-
ysis are still required, their implementation is drastically changing. Some examples
include programmable logic controller (PLCs), MP3 players, video games, modern
video processors, vehicle’s electronic control units (ECU), and other industrial
microcontrollers. Their data processing power, filtration of noise, and operations
are all accomplished in the code they run. Not much of the hardware implemen-
tation is expected except for the microprocessor itself and its supporting circuits to
run in hardware.

In this book, the knowledge of circuit analysis and the design of hardware-based
filters and operational amplifiers are provided to lay out a rich background.
However, the approach in the second half of the book is more toward the mathe-
matical analysis of circuits, their transfer functions, closed-loop operations, control
actions, and filter applications. Numerous solved problems and end-of-chapter
unsolved problems are provided to establish a strong background on circuits and
emphasize the importance of the modern circuit analysis. The analysis of circuit in
the frequency domain is limited to the Laplace transform as most of the signal
processing courses offer their own basics of Fourier transform. Three-phase circuits
are also expected to be covered in the basic power systems courses where the
analysis of a three-phase circuit is needed.



vi Preface
Book Organization

The book has 12 chapters that cover from basics of electric circuits to the advanced
Laplace and transfer function-based analysis. The book is designed to cover a
two-semester circuit course, as most electrical engineering or technology programs
do. The first part covers an introduction to circuits, components, voltage and current
laws, sources and waveforms, first order and second order circuits, and sinusoidal
steady-state analysis. The second part covers topics including mutual inductance,
Laplace transform, application of Laplace transform in circuits, transfer functions,
passive filters, operational amplifiers, active filters, and two-port networks. In some
engineering schools, operational amplifiers can be covered in the first part, in a
lower-level circuits course.

Indianapolis, IN, USA Afshin Izadian
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Chapter 1 ®)
Introduction to Electric Circuits Creck o

Introduction

Electric circuits are a method to demonstrate how an electric device receives power
and operates. For instance, a flashlight has batteries to provide power to a light bulb,
wires to bring the power from batteries to the bulb, and a switch to control the on-off
action. The operation of this flashlight can be modeled by its electric circuit. Of
course, it has mechanical components to hold the batteries, wires, the switch, and the
bulb in place and make the entire unit waterproof. The wires and the switch have
electric insulators to protect the flow of electric current in the wires. Nevertheless,
these components have no electrical importance when it comes to the distribution of
the power. Figure 1.1 shows a flashlight with its internal components and its
equivalent circuit.

Electric circuits and their theories can provide models for electrical components
such as flashlights, power distribution systems, electric motors, generators, trans-
formers, integrated circuits, transistors, cell phones, computers, and many more
(Figs. 1.2 and 1.3).

Some of the non-electrical components and devices can also use electric circuit
equivalents in their model and operations. Examples are fuel cells, batteries, heat
transfer circuits, electromechanical systems, sensors, biological systems, etc.

Solar cells convert the energy of the photons in sunrays into electric current.
The solar cells can be modeled in multiple ways, one of which is in form of an
electric circuit that explains the operation of the cell and specific characteristics
observed when the cell is in use. A solar cell and its electric equivalent are shown
in Fig. 1.4.

© Springer Nature Switzerland AG 2019 1
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Wire Switch

[ - Battery + H - Battery +

Fig. 1.1 A flashlight and its equivalent circuit. The battery, switch, and bulb are shown in circuit
schematics. There is no need to model the non-electric parts of the circuit unless they participate an
active role in the outcome

Fig. 1.2 An electric motor
is shown with the electric
circuits in the winding of the
fixed part “stator” and the
circuit of the rotating part
“rotor.” The picture is used
with permission from

GE. Online at http://www.
directindustry.com/prod/ge-
motors/product-22335-
1411313.html

i Pole-top Capacitor Bank

'+ Substation Voltage Regulator

* Wireless Communications .« Controller with Integrated
* Distributed Generation Controller Communications
with Integrated Communicotions b
i} | « Pole-mounted Voltage Regulator
& + Controller with Integrated Wireless

' Communications
\ * Reverse power flow meosurement/.

« Line Monitoring System
Controller with Integrated
Wireless Communications

| Distributed power resources |
add complexity and can create k I
reverse power situations

—

GE's Portfolio of Volt-Var Control Solutions

- — =

«» Residential or Commercial

+ Metering acting as an
end-of-line voltage sensor

-

Fig. 1.3 Electric power distribution GE concept. Used with permission from GE. Can be found
online at https://www.gegridsolutions.com/HVMV_Equipment/catalog/Voltage_Regulators.htm
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I
A% o
R,
» I, L i v
A 0

Fig. 1.4 A single solar cell and electric circuit equivalent of the cell. A single diode with series and
parallel resistance demonstrates various operations of the cell

Electric Circuit Topologies

Consider a complicated system with many components and a complex network of
wires to connect them. These components and their connecting wires might fit into a
3D space, meaning that there are wires that come out of the surface to connect
components that themselves might be crossing other elements. Figure 1.4 shows a
3D circuit. However, the type of circuit studied in this book must fit only in a 2D
plane, and no wire or element should pass any other wire or element.

An unacceptable example of a circuit that has components and wire cross each
other, and its acceptable version is shown in Figs. 1.5 and 1.6.

Hinged Circuits

If an electric circuit is such that it splits into two halves such that the connecting point
does not have any current passing in any direction toward two parts, the circuit is
called electrically hinged. This makes the two parts of the circuit essentially inde-
pendent unless there is a magnetic coupling or other forms of couplings that
influences them (Fig. 1.7).

Hinged circuits my also occur as a result of voltage and current source configu-
rations in the circuit. This is when a voltage source feeds a current source in series.
This redundancy may cause a hinged circuit (Fig. 1.8).

Measurement Units

Throughout the world, the quantities are measured in various units. For instance,
the speed in the USA is measured in miles per hour or MPH, but in the European
countries, it is measured in kilometer per hour KMH. Generally, there are “Imperial
Units” of measurement or BU and “International Standard of Units” or SL
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-

3D circuit in Space 2D circuit fitting on a flat surface

Fig. 1.5 A circuit build in 3D and an acceptable flat version of the circuit. Resistors and wire
connectors do not pass over each other

=

Unacceptable: crossing of elements Acceptable: spread out version of the same circuit

Fig. 1.6 A 2D circuit that has two elements or the wires crossing should be presented in a topology
with no wires/elements crossing. A separate path on the surface can be found to prevent crossing

Fig. 1.7 Figure of a hinged I1=0
circuit. There is no current
passing through the resistor

R, and the circuit is hinged at R
the node that connects to the
resistor R

The quantities in these measurement units refer to different values. In this book the
SI unit is used to measure the quantities as follows:

e Length (L)) measured in meter (m)
e Mass (M) measured in kilograms (kg)
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Fig. 1.8 The current source in the left circuit is redundant, and the circuit is hinged. The voltage
source in the right circuit is redundant, and the circuit is hinged. These circuits are discussed in more
details in the later chapters

¢ Time (T) measured in second (s)
* FElectric current (I) measured in ampere (A)
* Electric charge (q) measured in Coulomb (C)

The quantities to be measured might vary from a very small to a very large
number. The scales are useful to present these quantities. A list of these numbers is
as follows:

Scales and Units

1 Zetta = 10*! = 1e21
1 Exa = 10'® = 1e18
1 Peta = 10" = 1el5
1 Tera = 10"2 = 1el2
1 Giga = 10° = 1¢9

1 Mega = 10° = 1¢6
1 Kilo = 10° = 1€3

1 Hecto = 10% = 12
1 Deca = 10 = lel

lDecizﬁzle—l
1Centi:11?:1e—2
1Mili7%:1e73
1Micro:11F:1e—6
1Nan0:1—(1)9:1679
lPico:lolﬁzle—D
1 Femto = 55 = le — 15
1 Atto = 15 = le — 18
lZeptOZIJ21 =le—21
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1 Introduction to Electric Circuits

Example 1.1 The current passing through a wire is 1.2e — 3 A. Show the current
in mA.

Solution The current is 1.2¢ — 3 and le — 3 equals 1 mA. Therefore, the current
1.2¢ —3A =12 mA.

Example 1.2 Capacitance of a capacitor is 21 nF. Show the capacitance in PF.
Solution Each nF equals 1000 PF. Therefore, 21 x 1000 PF = 21,000 PF.

Example 1.3 Power generation of a power plant is 31 GW. Show the power
generation in MW.

Solution Each GW equals 1000 MW. Therefore, 31 GW becomes 31 x 1000 MW
or 31,000 MW.

Most Common Electric Circuit Symbols

Symbol Circuit rep Symbol letter | Unit of measurement
ANNA Resistor R Ohm, Q
: Variable resistor R Ohm, Q
Capacitor C Farad, F
z Variable capacitor C Farad, F
m Inductor L Henry, H
% Variable inductor L Henry, H
Ground, Earth -
Single-cell battery E Volt, V

(continued)



Most Common Electric Circuit Symbols

Symbol

Circuit rep

Symbol letter

Unit of measurement

Multi-cell battery

E

Volt, V

Voltage source

Volt, V

Current source

Current, A

el

Transformers or mutual inductance

www.Technicalbookspdf.com



Chapter 2 ®)
Component Voltage and Current Laws e

Introduction

Electric circuit analysis is the collection of methods and tools to determine the
voltages and currents as well as the power consumption and generation in electric
circuits and components. The relations among the electric elements depend on the
elements of the circuit and their configuration or topology. That is how the circuit
elements are connected together.

In this chapter, the circuit elements are introduced, and the laws that determine the
relation of voltages and currents in various elements are studied.

Definition of Voltage

Consider different electric charges on two points of an object. The voltage is defined
as the difference of the charges between these two points. Considering potential
energy at these two points, any difference in the potential energy applies forces on
electrons to be displaced. The difference in these potential energies is known as
voltage, and the displacement of electrons results in electric current flow. For
instance, chemical reactions can generate different potentials on anode and cathode
of a battery. The difference in these potential energies can be 1.3 or 1.5 V that leads
toa 1.3 or 1.5 V batteries (Fig. 2.1).

Definition: Electric potential or voltage which is measured in units of volts is
precisely defined as:

1 Volt = 1 Joul of potential energy

1 Coulomb of electric charge

© Springer Nature Switzerland AG 2019 9
A. Izadian, Fundamentals of Modern Electric Circuit Analysis and Filter Synthesis,
https://doi.org/10.1007/978-3-030-02484-0_2
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Fig. 2.1 The potentials V;
and V, are shown on an
object. In this example, the
difference between these
potential energies results in
avoltage equivalentto 1.5 V

Vl_ Vz = 15V

This means that 1 V of electric potential energy is generated if it requires the
quivalent of 1 J of work to move 1 Coulomb of electrons away from an oppositely
charged place. 1 Coulomb of electron equals 6.24 x 10'® electrons.

Definition of Current

The difference in potential energy between two points in a circuit creates a voltage
across the points. This means that a potential energy exists that can force the
electrons to move. This movement is from the higher potential to the lower potential
points. Providing a path through a conductor allows for electrons to pass. The current
is the number of electrons passing through a cross section of the conductor per unit
of time, 1 s. Precisely, the current of 1 ampere i = 1 A equals the charge of g = 1 C
coulomb passing a conductor in ¢ = 1 s.

dq
_dg
= (A)

The current density J is defined as the amount of current i per cross-section area of
the conductor A and is measured in A/m” as:

Resistor

A resistor is an element of electric circuits that limits the flow of current. A resistor
which is shown by symbol R limits the current with several ways. Consider a
wire made with a material that has specific resistance p against electric current.
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Fig. 2.2 Pieces of I ———
conductors with length / and

cross section A @
A

The physical dimensions of this wire such as length / and cross-section area
A influence the amount of passing electrons and consequently its resistance. If the
length of the wire is long, the resistance increases. If the cross-section area is large,
the resistance is less as it provides more room for the electrons to pass. Therefore, the
resistance of that piece of material which is measured in ohms Q (also shown as R
(€2)) can be calculated as (Fig. 2.2):

R=p

l
I (@)

The units of these elements are listed as:

R(Q),p(Q.m),I(m),A(m?)

Example 2.1 A piece of material with specific resistance p = 3000e — 6 Q. m has a
length of / = 15 cm and cross section of A = 1 mm?. Find the resistance of the
material.

Solution
15 x le — 2(cm — m)
1 x le — 6(mm? — m?)

I
R:’%:3000e—6 — 450 Q

Example 2.2 A material is formed into round cross-section wire. If the radius is cut
in half and the length is increased by 50%, how much does the resistance change?

Solution The length is increased by 50% means I, = 1.51,. The area is A = zr>. This

A 2
results in — — ”—r; since r, = %rl, then % =4 or A = %Al. The material of the
2 W3 2
conductor has not changed; hence, p; = p,.
Therefore,
Ri_plids b 11
Ry p,hbA 154 A 4x15 6

R, = 6R;

This means that the resistance is six times higher.
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Conductors, Insulators, and Semiconductors

Specific resistance value depends on the type of material. A low specific resistance
value makes materials conductors, and high specific resistance makes other materials
insulators. Examples of conductors are aluminum (p = 2.8¢ — 8 Q. m), brass
(p = 6e — 8 Q. m), and iron (p = 9.8¢ — 8§ Q. m). Examples of insulators are
amber (p = Sel4 Q. m), rubber (p = lel6 Q. m), and glass (p = lell Q. m).

There is a third class of material “semiconductors” in which their specific
resistance is not fixed, rather it is influenced by external stimulators such as electric
charge accumulation, light excitation, etc.

Effect of Temperature on Resistance

In conductors, the value of resistance is increased linearly by increasing the tempera-
ture. As the material’s temperature changes, its specific resistance changes which
changes the resistance of the material. Each material has a different slope of change
in specific resistance known as temperature coefficient a. Consider the resistance of a
material at 0 C known as Ry. The amount of resistance at temperature ¢ or R, is:

R, = Ro(l + at)

In insulators and electrolytes, the value of resistance decreases linearly by
increasing the temperature. These materials show a negative value temperature
coefficient.

If the temperature is decreased, the resistance value will decrease in conductors
and increase in insulators and electrolytes. At very low temperatures, the amount of
resistance is saturated to a very low value at which conductors become
superconductors.

A list of material with their specific resistances and temperature coefficients is
provided in the following table. This includes conductors and insulators.

Material p x1078(Q. m) a
Aluminum 2.8 40.3
Brass 6—8 20
Carbon 3000 — 7000 -5
Copper 1.72 39.3
Gold 2.44 36.5
Iron 9.8 65
Silver 1.64 38
Amber Sel4

Glass lel0 — lel2

Mica lel5

Rubber lel6
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Current 11 Current 11 Current 11

# [ lement 1 = [lement 2 -

Fig. 2.3 Two circuit elements in series connection. The same current passes through the
elements

51 - -
| > Element 1

I1+4 Ii
\—b Element 2

Fig. 2.4 Two circuit elements in parallel connection. The current is shared between the elements,
but they share the same voltage across their terminals

11+12

Conductance

The ability of a material to pass electric current is known as conductance shown by
symbol G and measured by various units as siemens, MHO, or Q'. There is a
reciprocal relation between the resistance and conductance. They relate as follows:

Series Connection of Circuit Elements

Elements are connected in series if the entire current exiting from one element enters
another element connected to the same node. The connection is still in series if more
than one element is connected to the same node if the simplification of all elements
constitutes two groups of elements connected in tandem (Fig. 2.3).

Parallel Connection of Circuit Elements

Elements are connected in parallel if they share similar nodes at both ends. Elements
in parallel connection share the same voltage across themselves. The parallel
connection provides a path to share the current (Fig. 2.4).
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Fig. 2.5 A combination of series and parallel connections. In the left circuit, elements 1 and 2 are in
series, 3 and 4 in series, and the entire 1-2 and 3—4 in parallel. It may read (1+2)lI(3+4). In the
circuit to the right, the elements 1 and 2 are in series, and the parallel combination of 3 and 5 is in
series with 4. The 1-2 is in parallel to the series of 4 and 3 and 5 combined. It may read (1+2)ll
((3l15)+4)

Fig. 2.6 These elements are not series nor parallel. They form a star and delta connection

Mixed Connection of Circuit Elements

Series and parallel connections may be combined together. In this case, special
attention should be paid to identify the elements that are connected in tandem and the
ones that share similar ending nodes. This may be a group of elements being in
parallel connected in series to another group (Figs. 2.5 and 2.6).

There might be a connection that does not fit into series or parallel forms. The
solution to these circuits is through Kirchhoff voltage law (KVL) or Kirchhoff
current law (KCL).

Mesh

Consider an electric circuit that contains path(s) to carry current from the source or
elements to other elements. These paths are also called branches. A closed path that
starts and ends at the same element and contains no branches inside is called a mesh
(Fig. 2.7).

Node

A node is a point of a circuit that connects at least two elements together. The
elements connected to the node take a share of current entering the node but have the
same voltage (potential) at the shared node (Fig. 2.8).
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Branch

]
| IS |
Source Element
1
| IS |

(a) (b)

Fig. 2.7 A mesh is formed by the connection of circuit elements in a closed circuit that forms a
loop. (a) Shows a single loop circuit (mesh), and (b) shows a multi-loop circuit (mesh 1 and mesh
2). Note that the circuit is planar and elements do not cross each other to connect nodes together.
Elements might be shared in two or more loops, but each element is considered once in each loop

Node

Node

»
. e ]

Fig. 2.8 Node is formed when at least two elements are connected together. The voltages of the
nodes are important as they determine how much current passes through each element. The more
potential difference in nodes, the more current passes through the elements

Ohm’s Law

Consider an object with total resistance or R (2) (read R ohms). This object, when
connected to a voltage source at voltage V (Volts) (e.g., battery) between its ports,
passes a certain amount of current / (A). The current passing through the element is
directly proportional to the applied voltage. The ratio of the voltage increase and
the current increase is always constant, and it equals the resistance of the element.
The Ohm’s law equation is expressed as:

\%
T = R = constant

This equation also shows that the voltage drop across a resistor equals the
resistance times of the current passing through the resistor. It should be noted that
the positive polarity of voltage drop is always at the terminal that receives the
current. If the direction of current changes, the polarity of voltage drop also changes.
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Example 2.3 The current through a 10 Q resistor is 1.5 A. Find the voltage drop
measured across the resistor. What is the voltage if the probes of the voltmeter are
reverse connected to the terminals of the resistor.

Solution V = RI with R = 10 and / = 1.5 leads to the voltage as follows:
V=10x15=15V

If the probes are reverse connected (meaning that the positive probe is connected
to the negative polarity and the negative probe is connected to the positive polarity),
the voltmeter measures the voltage drop from the negative terminal with respect to
the positive terminal. It can also be interpreted as a reverse direction of the current.
Therefore, the voltage drop is measured as:

V=10x(-1.5)=-15V
Example 2.4 A 1 kQ resistor shows a voltage drop of 2 V. Find the current passing
the resistor.

Solution

2
=—=2mA

V=RI—1I=
1e3

x| <

Example 2.5 A resistor is required to drain 10 A current from a 200 V node to the
ground. Find a suitable resistor value.

Solution

V. 200

Kirchhoff Voltage Law (KVL)

Consider a circuit with multiple loops and nodes. KVL theory indicates that the
summation of voltage drops across elements in a loop is zero. This involves all types
of elements and is true in all meshes that either stand alone or share some branches
with their adjacent loops. In case multiple meshes exist in a circuit, the summation of
voltage drops in all individual meshes is independent and must be zero.

Example 2.6 Consider the circuit shown in Fig. 2.9. Write the KVL and find the
current of the loop.

Solution The KVL suggests considering a direction for the current and following
the flow of current writing the voltage drop of elements around the loop while paying
attention to the polarity of the voltage drop across the element. The algebraic
summation of these voltages in a closed loop must be zero. Now, the loop has a
current / with the direction shown. Starting from any element, let us start with the
negative terminal of the source, and following the direction of the current, the
voltage drops across elements are:
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Fig. 2.9 The circuit of + V1 -
Example 2.6 —
L
& +
I el
v [ Jv2
- V3 +
[ ]

= +

Vdc —— <

n 1 s

Fig. 2.10 In this example, starting from (m) sign and rotating clockwise, the first element is the
voltage source. Following the current direction, it is observed that the voltage of the source is
measured as — V.. This negative sign shows that the voltage is measured from the negative terminal
with respect to its positive terminal, hence a negative value. Following the current direction in the
loop, the voltage drop across the resistor is +Vg. The current should be calculated

+

Across the voltage source: —V (negative, because the current enters the negative
terminal of the source)

Across the element 1: +V; (positive, because the current entering any passive
element generates a positive (+) polarity voltage drop)

Across the element 2: +V,

Across the element 3: +V;3

Adding these voltages in KVL results in:
—V4+Vi+V,+V3=0

Example 2.7 Consider the circuit of Fig. 2.10 with a voltage source V. (battery)
and a resistor load R connected in series. The source forces a current in the circuit
through the resistor. The resistor prevents the current passing and according to Ohms
law the current 7 flows in the circuit. The source and the resistor form a loop that
according to KVL can be analyzed to calculate the current /. Start with any arbitrary
point in the loop, and calculate the voltage drop of elements, one by one. Write the
KVL in this loop.

Therefore, combining all elements in this KVL results in:

ZAV:O
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—Via+Vr=0

The actual value of Vi according to Ohm’s law can be obtained as Vg = RI.
Replacing in the KVL equation results in:

~Via +RI=0
Solving for [ yields:
Rl = Vg
1= ‘;;k

Note 2.1 Voltage drop across passive elements always shows positive polarity at
the entry terminal. Passive elements are R, L, C. Therefore, the voltage drop of the
resistor is + Vi.

Kirchhoff Current Law (KCL)

Consider a node in a circuit that connects two or more elements (node A in Fig. 2.11,
for instance). Some of these elements feed the current into the node and some of
them drain the current out of the node. KCL theory indicates that the summation of
all currents entering or leaving a node must be zero. In node n the balance of currents
can be written as:

Zlnzo

Note 2.2 Currents may enter or leave a node. Consider all current entering a node
as a negative value and all currents leaving a node as a positive value.

Note 2.3 Current sources force the current in or out of the node at a fixed value.

Note 2.4 If passive elements are connected to a node, they always drain the current
out of the node.

Note 2.5 These rules apply to elements connected to each node regardless of all
other considerations at the other nodes. For instance, the direction of current at both
sides of a resistor is always inward to the terminals.

Example 2.8 Consider circuit of Fig. 2.11. Write KCL for the node A. KCL indi-
cates that, the summation of all currents entering and leaving a node must be zero.
Therefore:
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Fig. 2.11 Node A connects four elements together. Element 1 directs the current /; into the node,
hence it carries a negative value in KCL. Element 2 directs the current /, out of the node hence it
carries a positive value in KCL. Element 3 directs the current /5 into the node hence it carries a
negative value in KCL, and current I directs the current out of the node hence it carries a positive
value in KCL

Fig. 2.12 The circuit of
Example 2.9. A current
source forces the current
into the node @, and node
@ is connected to two
passive elements

ZIA:O

Since I; and 1, are entering the node, they will be written with a negative sign, and
since I, and I3 are leaving the node, they are considered positive values. Therefore,
KCL:

L +L+1;—-1,=0

Example 2.9 In the circuit shown in Fig. 2.12, find the voltages V; and V, once
by using KCL and once by using KVL.

Solution 1 (Using KCL) The circuit has two nodes which are labeled 1 and 2. Each
node has a voltage V| and V,. These voltages determine the current directions.
However, as these nodes are connected to either current source or passive elements,
their voltage needs to be determined.

Since there are two nodes, two KCLs need to be written.

KCL (D: The current source forces the current / in the node, hence, showing a
negative value. The resistor R is a passive element that drains the current out of node
@. Hence, the KCL in this node is written as:
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—I+1;=0

The current /; can be obtained from the Ohm’s law for resistors. The current is the

voltage drop across the resistor divided by the resistance. As the current direction is
from V; to V,, I} = Y2,

1
The KCL can now be completed as:

Vi—Vy

2, 0 (2.1)

—I+

KCL @) This node is connected to two resistors R, and R,. Hence, the currents I,
and /I, exit the node. The KCL becomes:

I +1,=0

The currents can be obtained considering their direction and voltages of the nodes
as follows:

I, = VZ};] Yi because the current is leaving node @), and hence V, is considered larger
than V.

I, = X—: because the voltage drop across the resistor R; is (V, — 0).

Replacing the values, the KCL @ can be written as:

Vo=V V»
— 4+ —==0. 2.2
Ry + R, (22)
Considering Egs. (2.1) and (2.2), there is a set of two equations with two
unknowns, V; and V,. Solving for V; and V, yields:
Simplifying the equations as:

Vi—=V,
1420
+ R
Vo=V Vy
A ST )
Ry +R2

Vi Va2
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or
Vo =Rol
The voltage V; becomes:

Vi= (R +R)I

Solution 2 (Using KVL) This problem can be solved using KVL. The existence of
the current source imposes the same current / through R; and R,, as a known value.
Therefore, the purpose of KVL is already served. The voltage drop across each
element can be obtained from the Ohm’s law.

Therefore, knowing the current I:

Vo =Ryl

Since V; is measured from the node @ to the ground, the total resistance from this
node to ground must be considered in voltage calculations. Hence, V; becomes:

Vi= (R] +R2)I

Equivalent of Resistors in Series

The equivalent resistance of several resistors in series is the summation of those
elements. Equivalent resistance is the amount of one resistor that can be replaced
with the complex that is being considered to follow the same Ohm’s law as the
individual elements. The equivalent of n resistors in series can be obtained as follows
(Fig. 2.13):

n
Reg =Y _R;
i=1

Example 2.10 Two resistors of R; = 1 kQ and R, = 5 kQ are connected in series to
a 110 V source (as shown in Fig. 2.14). Find the current passing through the circuit,
and find the voltage drop across each resistor.

Fig. 2.13 Resistors are R1 R2 Rn

connected in series. The _\NW—\/W\(_ ......

equivalent becomes a
summation of all resistors

eq
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Fig. 2.14 The circuit of I R1
Example 2.10 AAN
namiil ‘-J—YI
+ <
v < R2
Fig. 2.15 The connection I
of several resistors in
parallel. They all share the
same voltage across the 11 I2 Ik In
complex, but the current is + R1 R2 Rk RN

shared inversely \Y)
proportional to their N
resistance. Higher resistance
takes lower current

Solution The equivalent resistor is Req = Ry + R, = 1 k + 5k = 6 kQ.
The current passing through the circuit becomes:

=Y 10 g3ma
Req 6k

The current passes each resistor and results in a voltage drop across each element
proportional to its resistance. Therefore,
Vi=IR, =183¢—-3x1e3=183V
Vo, =IR, =183¢ -3 x563=91.7V

Equivalent of Resistors in Parallel

Resistors connected in parallel share the current proportional to their resistance
values. Consider the following circuit with n resistors in parallel. The voltage across
the circuit is V. Therefore, the current of the resistor k is I}, = le fork=1,...,n. The

current drawn from the source can be calculated using KCL as follows (Fig. 2.15):
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-

Fig. 2.16 The circuit of
Example 2.11

I1 I2
R1 R2

!
Yr

=1

Req =

=~

Example 2.11 For a circuit connecting Ry and R, in parallel (circuit of Fig. 2.16),
find the equivalent resistance from ports a and b.

Solution
R — 1
eq = 1
R TR
This can be simplified as:
Rk
‘4RI + R,

Example 2.12 In the circuit of Fig. 2.16, the value of Ry = 10 Qand R, = 15 Q
which are connected to a 50 V source. Find the equivalent resistance of the circuit,
the current drawn from the source, and the current in each resistor.

Solution The equivalent resistance is the parallel of R, and R, as:

R\Ry
Reg = Ri[[Rz = Ry + R,
10 x 15
R, = 10[|15 = =
cd I 10415

Therefore, the current I drawn from the source is:

50
I=—=833A
6

This current is shared between the resistors as follows:

V50

[|=—="=5A
TR 10
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R1 R2
R1 —_— R2
-
— — - 53
Ra Ra Ra
Rs
A B

Fig. 2.17 The figure of Example 2.13

vV 50
Ip,=—=-—=333A
TR 15
Example 2.13 Simplify the circuits A and B shown in Fig 2.17 and find the
equivalent resistance.

Solution Circuit A. The same current passes through R, and R,; therefore, they are
connected in series. Ry and R4 are connected in series. However, the equivalent of
series R; + R, is connected in parallel to the series connection of R; + R4. That reads,
(Ry + Ry)||(R3 + Ry). The equivalent resistance of circuit A becomes:

(Ri + R2)(Rs + Ry)
(R +Ry) + (R3 + Ry)

R = (Ri +R)||(Rs +R4) =

Circuit B. In this circuit R, and R, are in series and in parallel to the other branch
of R3||Rs in series to R4. Therefore,

Req = (R1 + R2)||((Rs]|Rs) + Ra)
(Ri + R2)((R3||Rs) + R4)

R. =
“ (R4 Ro) + ((Rs[Rs) + R)
Considering:
R3R;
R3||R5 = -
3lIRs R; + Rs

(Ry + Ra)((#55) + R )

Req =

(Ri + R) + ((R’jif,gs) + R4)
Power and Energy in Resistors

Resistors are passive elements and cannot store electric energy. However, they
can consume power and generate heat. The power loss through a resistor P is mea-
sured in watts (W) and is directly proportional to the resistance and the square of the
current as follows:
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porr-"
R

Example 2.14 A 100 Q resistor passes a current of 2.2 A. Find the voltage drop
across the resistor and the amount of power loss in the resistor.

Solution
V=RI—-V=100x22=220V

The power of the resistor is:
P=RI* =100 x 2.2> = 484 W.

Example 2.15 An electric heater operates at a voltage of 110 V. If it takes 15 A to
operate, find its resistance and power rating.

Solution

vV 110
R=—=—=733A
7 15 7.33

P=VI=110x15=1650W.

Example 2.16 Find a proper resistor (resistance and power rating) that can pass
1.5 A current at a voltage drop of 100 V.

Solution The resistance can be:

R=—=—=60.6Q.

Vv _ 100
I 15

However, passing this current through the resistor generates power loss. The
resistor has to be sized properly to be able to dissipate the heat. The power loss is:
P=VI=100x15=15W

Therefore, a 15-W resistor is needed.

Definition of a Short Circuit

Part of an electric circuit can be called a “short circuit” if the total resistance
connecting two points of that section becomes very small and ideally zero. For
instance, if an electric switch is used to turn an electric bulb on and off, when the
switch is closed, it fully conducts the current without any resistance (or small
resistance), and in a sense, it shorts that part of the circuit. Short circuits happen
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Short

o o
o o

b b

Fig. 2.18 Creation of a short circuit between points a and b

because of many reasons; some of it is intentional, e.g., a switch, and some of it is
unwanted, e.g., a fault in the circuit. When two points of a circuit are shorted
together, they are forced to become equipotential. That may cause a current to flow
into the short circuit section. In fact, most of the short circuits created in existing
circuits are due to a fault and a significant current passes the short circuit part. The
short circuit analysis is to find the amount of current passing through the short
circuit segment. Figure 2.18 shows the schematic of a short circuit.

What Is an Inductor?

Consider a straight line of wire. When a current passes through this wire, it builds a
magnetic field around the wire. However, the magnetic field can be increased if
more wires are grouped together so that their fields are added. One way to increase
this field is to wrap the wire such that it forms a cylindrical shape. The wire can be
wrapped around a toroidal core to form a toroidal inductor, or it can be circular
but on a flat surface to form a winding Fig. 2.19. Any of these shapes form an
inductor, where its inductance directly depends on the square of the number of
turns (Nz) as follows:

L < N?

Example 2.17 An inductor has inductance of L = 1 mH. If the number of turns in
this inductor is increased by 40%, what would be the new inductance value?

Solution The value of inductance is directly proportional to the N* and for the new
condition N,.,, = 1.4N. Therefore,

2
Loew _ (14N> =14>=1.96
L N

The inductance is increased by 196%.
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£ ..

Fig. 2.19 The voltage drop across the terminals of an inductor depends on the time variation of the
current passing through the inductor. Once the current variations are zero, the inductor shows zero
volt drop and its equivalent to a short circuit

The voltage drop across an inductor is directly proportional to the amount of
current variation over time. The slope of this dependency is the inductance
L measured in henrys (H). The Ohm’s law for an inductor L is expressed as:

i
VR

Considering an initial current [y in the inductor, the instantaneous current
becomes:

1
| = — dt + 1
1 L/v + 1y

It can be interpreted that the time variation of inductor current induces a voltage
across the element. Therefore, if there is no current variation across the inductor, the
voltage generated across the inductor falls down to zero. A zero voltage-induced
value indicates a short circuit.

Example 2.18 A 1 mH inductor experiences a 10 A current change in 2 ms. Find
the voltage induced at the terminals of the inductor.

Solution The voltage induced at the terminal of an inductor is:

di Al
= L— = e
Y dt At
Therefore,
Al 10
A PR

Example 2.19 A 1 mH inductor experiences a 10 A current change in 2 ps. Find the
voltage induced at the terminals of the inductor.
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Solution The voltage induced at the terminal of an inductor is:

di Al
AV — _— _
dt At
Therefore,
Vv = LE =le— 3’i = 5000V.
At 2e — 6

Energy and Power of an Inductor

Inductors store energy in the space around the coil wires. The amount of stored
energy W (J) (joules) in an inductor L (H) when a current I (A) is passing through can
be calculated by:

1
W==LI*(Q
2 J)

The power of an inductor is the capability of discharging the stored energy over
time. That is:

w
P= " (Watts)

Example 2.20 Find the energy stored in a 1 H inductor that passes 10 A current.

Solution The amount of stored energy is:

1 1
W:5L12=5><1><102:50(J).

Example 2.21 An inductor is used as an energy storage unit. To feed 100 W of
energy in 2 min at the current discharge of 5 A, find the inductance.

Solution The inductor must store W = P X ¢ joules of energy. To be able to
discharge 100 Watts in 2 x 60 = 120 seconds it needs:

W =100 x 120 = 12 kJ.

The amount of inductance needed is:

W—lu2
2
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L:2_1;V:2>< 122’000:960H.
I 5

The inductor in this example is large because the discharge rate is small. At higher
discharge rates, the amount of inductance can be lower.

Equivalent of Inductors in Series

Equivalent inductances in series (Fig. 2.20) are the summation of the inductances. As
the inductors share the same current, KVL determines that the summation of all
voltages must add up to the source value. This leads to:

V= ka kZ( ZZ).

Series connection results in the same current through all inductors.

di
<Z L ) eth
Lg= Y L
k=1

Equivalent of Inductors in Parallel

Inductors connected in parallel share the current proportional to the integral of
voltage and the value of inductance. Consider the following -circuit with
n inductors in parallel. The voltage across the circuit is V. Therefore, the current of
each inductors is I, = le f V for k = 1,...,n. The current drawn from the source can

be calculated using KCL, as follows:

L1 L2 Lk Ln

UWTK
—Iﬂzl- + V2 - X3 Vkﬂ I + Vn -

Fig. 2.20 The connection of inductors in series
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Example 2.22 For a circuit connecting L, and L, in parallel, find the equivalent
inductance from ports a and b (Fig. 2.21).

I — 1
eq = 1 1
LtL
This can be simplified as:
LiL,
Leg=—
e Li+ L,

Example 2.23 Find the equivalent inductance and current of each inductor in the
circuit of Fig. 2.21 when the voltage v = 2 sin 10 and L; = 15 H, L, = 20 H.

Solution The two inductors are connected in parallel. Therefore, the equivalent
inductance is:

15 x 20
Leg = 1m|20m = =8.57H
«q = 1m[20m =755
The current of equivalent inductance is:
di
V= Leq E
Therefore, the current becomes:
Fig. 2.21 Circuit of I
Example 2.22
=1
o I1 12
+
v L1 L2
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=— /251n 10t dt = LS I—g cos 10t = —0.013 cos 10 A

*—/ZSln 10t dt = 2—01—0005 10t = —0.01 cos 10t A

What Is a Capacitor?

Consider two conductive plates facing each other and form an overlap area A (m?) in
a close distance d (m). The shape of the blades and shape of the distance are not
important as long as they maintain the same area and a constant distance. When the
effective area between the plates is filled with a dielectric material with permittivity
€, the collection of the plates and the dielectric forms a capacitor in which its
capacitance C is measured in Farads F as follows:

C=c

Example 2.24 The capaciatance of a capacitor with a relative dielectric constant of
40, and plates in a distance of 1 mm with an area of A = 200 mm? is 70.1 pF.

Ohm’s Law and Capacitors

The amount of voltage drop across a capacitor is directly proportional to the integral
of the current passing through the capacitor. The slope of this dependency is the
inverse of capacitance % Considering an initial voltage V|, in the capacitor, the
instantaneous voltage becomes:

1

Therefore, the current passing through the inductor becomes:

dv

i=C—

dt
It can be interpreted that the voltage across a capacitor depends on the integral of
the current over time. Another word, the current of a capacitor depends on the



32 2 Component Voltage and Current Laws

instantaneous time variation of the voltage. The current of a capacitor exists as a
result of its terminal voltage variations. If the voltage has no variation over time, like
a DC source, the current of the capacitor reaches zero after it is being fully charged.
The fully charged capacitor under DC current shows open-circuit behavior.

Example 2.25 A 1 pF capacitor experiences a current change with slope 10 A/s.
Find the voltage drop across the terminals of the capacitor.

Solution The current is increasing with slope 10 A/s resulting in a linear equation of
i(f) = 10t. Therefore,

1 10
y=— / 10tdt = 1le6— 1> = 5¢61°V
1u 2

Example 2.26 A 5 pF capacitor is connected to a voltage of v(f) = 110v/2 sin 3771.
Find the current passing through the capacitor.

Solution The current of the capacitor is obtained by:

d d
i= cd—: = Se — 6 (110V2 sin377r) = —Se
—6 x 1102 x 377 cos 377t = —0.293 cos 377+

Energy and Power of a Capacitor

Capacitors store energy in form of electric charges on the plates interfaced by a
dielectric material. The amount of stored energy W (J) depends on the applied
voltage V and the capacitance, expressed as follows:

1
W= Ecvz )

Example 2.27 An ultra-capacitor is used to store energy in an electric vehicle. The
amount of energy needed is 1 MJ and it is delivered at a 400 V system. Find the size
of the capacitor needed.

Solution The amount of energy and the operating voltage are given. Therefore,

1
le6 = EC 4002

_2x1eb
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Example 2.28 A capacitor is needed to smooth out the output voltage of a
500 W power supply when rectifying the 60 Hz waveforms. Find the amount of
capacitor needed at full load in a half-wave rectifier when operating at 12 V.

Solution The amount of time that is needed to deliver the power is half cycle as

o1 1 i
3 X g9 = 120 S- The amount of energy needed is:

W=Pxt

1
W—500><1—20—4.16J

Therefore,

C2W 2% 4.16

C= =0.0577F

v: o122

C =57.7TmF

Note A half-wave rectifier generates a voltage waveform that only selects the
positive peaks of a sinusoidal waveform. Figure 2.22 shows the waveform and the
time that the capacitor needs to feed the load (Fig. 2.23).

C
Al
+ VvV -
Fig. 2.22 The current passing a capacitor depends on the time variation of voltage across its

terminals. Once the capacitor is fully charged, the current reaches zero and it becomes an open
circuit

Fig. 2.23 The figure of Half Wave Rectifier
half-wave rectifier 1 I‘
— |
§ 0.8t | i
T : Cto
g 0.6+ | provide 1
kS | power
5 o4l < T |
he} B
2 \
s |
E 0.2H | ,
<
OO 0.5 2

Time (sec)
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¢l c2 g Ck Cn
e
+ V1 - + V2 - 3= NN 2

+ Vk -

Fig. 2.24 The connection of capacitors in series
Equivalent of Capacitors in Series

The series connection of capacitors suggests similar current passing through each
capacitor. As such, the voltages around a loop are added to hold KVL (Fig. 2.24).
Therefore, the voltage V across the series network can be obtained by:

V= zn:Vk
k=1

The voltage of the capacitor k can be obtained from the Ohm’s law as:

1
Vk:—/lforkzl,...,n
Cy

Sharing the same current, the KVL can be rewritten as:
“~ /1 "1 1
V= — | 1| = — 12— [ 1
; (Ck/ ) (; Ck) / Ceq /

Therefore,

M=
o~

~
Il
=
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Example 2.29 Find the series connection of two capacitors C; and C,.

Solution
1 G
CL, + C% Ci+C,

Ceq - C1||C2 -

Equivalent of Capacitors in Parallel

The equivalent of capacitors in parallel shares the same voltage across the complex.
The voltage imposes current to pass through each capacitor k as:

av
Ik:CkE fOI’kzl, .

Total current drawn from the source is shown in Fig. 2.26.

k=1

k=1

As the voltage for all capacitors is the same, the KCL can be rewritten as:

1 av dv
1= Cr |—2Ceg—
(; k) dr — Ydr

Parallel connection of capacitors results in equivalent capacitance as follows:

Fig. 2.25 The circuit of C1i C2

Example 2.27 1 | I |
+ vl - + v| 2 -

Fig. 2.26 The connection
of capacitors in parallel

I
-
I1 i Izl k¥ InI
Cc1 c2 Ck_L_ C

<
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Ceq =Y _ Ci
k=1

Problems

2.1 Find the number of electrons that needs to pass a section of a wire in unit of time
to create a current of 2.2 A.

2.2 Find the current density of a wire with cross section of 25 mm? that passes 1.2 A
current.

2.3 Find the resistance of a 100 m wire made of copper, with cross section of
25 mm®.

2.4 What is the resistance of a 100 g copper when it is shaped as a wire with cross
section of 4 mm??

2.5 Find the equivalent resistance of the following circuit.

50 150

R
eq

2.6 Find the equivalent resistance of the following circuit.

5Q 15Q

10Q2

eq



Problems

2.7 Find the equivalent resistance of the following circuit.

50 15Q 15Q
% 10Q % 10Q \
R
eq

2.8 Find the equivalent resistance of the following circuit.

7.5Q
50 150 15Q
10Q 10Q
R
eq

2.9 Find the current and voltage drop of all resistors in the following circuit.

50 15Q2

2.10 Find the current and voltage drop of all resistors in the following circuit.

50 15Q

37
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2.11 Find the current and voltage drop of all resistors in the following circuit.

5Q 150 15Q

2.12 Find the current and voltage drop of all resistors in the following circuit.

7.5Q
50 150 150
w
00 — % 100 10Q
T‘

2.13 In the circuits of problems 2.9-2.12, find the power consumption in each
resistor. How much power is drawn from the source?

2.14 An inductor shows a voltage of 150 V when its current varies 2.5 A in 2 ms.
Find the inductance.

2.15 Find the equivalent inductance of the following circuit.

1H 3H

AL N LLLL

2.16 Find the equivalent inductance of the following circuit.

100mH 25mH
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2.17 Find the equivalent inductance of the following circuit.

70mH 30mH

25mH 100mH 25mH

2.18 Find the current and voltage of all inductors in the following circuit.

iH 3H

1202 sin1207z¢ @

2.19 Find the current and voltage of all inductors in the following circuit.

2042 sin1207¢ @ 100mH3 3 25mH

2.20 Find the current and voltage of all inductors in the following circuit.

5 5in1000 ¢ Q) 100mHB \3 25mH
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2.21 Find the current and voltage of all inductors in the following circuit.

70mH 30mH

120~/2 sin120 7+ @ 25mH 100mH 25mH

2.22 Find the energy stored in the circuits of problems 2.19-2.22.
2.23 Find the equivalent capacitance of the following circuit.

2.24 Find the equivalent capacitance of the following circuit.

10mF 20mF __

2.25 Find the equivalent capacitance of the following circuit.

T0mF 30mF

—Hb
T

25mF 10mF 25mF

1
T
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2.26 Find the current and voltage of each capacitor in the following circuit.

120+/2 sin120 7zt

2.27 Find the current and voltage of each capacitor in the following circuit.

20~/2 sin120 72 10mF —_ 20mF__

2.28 Find the current and voltage of each capacitor in the following circuits.

70mF 30mF

HJ_”J_
T T

120+/2 sin120 7t 25mF

10mF+ 25mF

2.29 Find the current and voltage of each capacitor in the following circuits.

1
=

2.30 Calculate the energy stored in the circuits of problems 2.26-2.29.

5 sin1000 ¢ 10mF 20mF




Chapter 3 )
Waveform and Source Analyses s

Introduction

Electric circuits consist of several components that form a certain topology.
The drivers of the circuit can be voltage sources and/or current source. They force
the current pass through the circuit by generating voltage drops across elements. A
circuit performs certain tasks and has a certain output as well. The sources which are
considered as input to the circuit can generate various waveforms. These waveforms
excite the circuit and cause different effects.

This chapter is to introduce the common waveforms that might be seen from the
sources or as a result of the excitation throughout the circuit. One important aspect of
the waveform analysis is their expression in mathematical terms. This allows the
programming of the circuit in computer codes and obtaining their results without
building them. Later in the chapter, the types of sources as independent and
dependent are discussed, and their effects in the circuit are studied.

Waveform Analysis

Impulse Function f(t) = 6(t)

The impulse function, Dirac delta or chronicle impulse, §(¢), has value only at a
single time, where the argument of the function is zero. The impulse function is zero
elsewhere. As the function is shown in Fig. 3.1, its mathematical expression is as
follows:

© Springer Nature Switzerland AG 2019 43
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Fig. 3.1 Impulse at time _ 1,t=0
t=0 61 = {0, elsewhere
5(t)
1
t
0

Fig. 3.2 The voltage source X
and the switch closing at N
time ¢ = 0" resemble a step t=0
function that is applied to \% R

the resistor

1, t=0
3(1) = {0, elsewhere

Note 3.1 The / f(2)6(t — a)dt has value only at  — a = 0 or t = a. The value of
0

the integral is therefore fla). For instance, f{f) = 2e¢ '+1 and 6(t — 1) yields
/ (2e™ + 1)8(t — 1)dt = 2¢7" +1 = 1.758.
0

Unit Step Function f(t) = u(t)

Consider an on-off switch that is used to connect a source to a circuit and acts at a
certain time. When the switch is on, the source is connected to the circuit, and the
current flows, and when the switch is turned off, the source is disconnected, and
the current flow stops. To show this even mathematically, a unit step can be used.
The switching event changes the circuit topology. In simplest form, it connects or
disconnects a source to a circuit and activates part of the circuit.

As the Fig. 3.2 shows, the voltage at times less than zero (means before switching
action) is zero, and the voltage applied across the resistor jumps to a certain voltage a
moment after the time of switching t = 07, The source amplitude determines the
amplitude of the function, and the switching mechanism makes it a unit step.

As Fig. 3.3 shows the sketch of the unit step function in time domain, the
amplitude of this function is 1, and it starts at time ¢ = ot

Mathematical expression of the unit step function is identified as:
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Fig. 3.3 Step function of A u(t)
amplitude 1 at time £ = 0",

The time means that the

switching event occurs in a 1
moment after time ¢ = 0

Fig. 3.4 The current in the i /
form of a step function with

amplitude 22 A and starting

at time 7 = 0* 22

0, tr<0
u(t) = 1, t>0°

Example 3.1 If the unit step’s amplitude changes, it will be expressed as a
coefficient. For instance, the amplitude of current as a unit step function can be i
(1) = 22 u(t). It means that the current started at time r = 0" with an amplitude of
22 A. The current was zero at t < 0 (Fig. 3.4).

The step function can also start at any arbitrary time. A shift of time in the
function affects all terms with time element ¢. A shift to the right of time axis by
a seconds means a delay or lagging effect in the function, which institutes a
transform of all # — ¢ — a, and a shift to the left of time axis by a seconds means
a leading effect in the function, which institutes a transform of all t — ¢ + a.

For instance, as Fig. 3.5 demonstrates, the shift of 7 s to the right transforms the
function V(¢) = 3u(r) to V(t) = 3u(t — 7), and a shift of the same time to the left
makes the function transforms to V() = 3u(t + 7).

Note 3.2 In fact, the start time of any function can be found by making the argument
of the signal to zero and solving for time. For instance, the signal V() = 3u(t — 7) has
the time argument of (¢ — 7). Making t — 7 = 0 and solving for the time yields
t =7, as the starting time of the signal. The same procedure can be used to find the
start time of any function.

Example 3.2 Sketch the following functions in time domain: (a) f{t) = 15u(?), (b) f
(® = 15u(t — 10), (c) f(t) = 15u(3t — 18).

Solution All functions are unit steps with amplitude 15. The only difference is in
their start time. Function a has start time at = 0, function b has start time obtained
from t — 10 = 0, t = 10 s. Function ¢ has start time where its argument is zero, or
3t — 18 = 0,which yields 3t = 18, or t = 6 s. Figure 3.6 shows the functions.
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u / u
3 Shift right by 3
—_—
7 seconds
t
t=0 7 t
u
3
Shift left by
—_—
7 seconds t

-7
Fig. 3.5 A shift of step function to the right (delay in switching) and shift left (early switching)
(@) (b) ()

15— 15 — 15

10 6

Fig. 3.6 Waveforms of Example 3.1
f(t) u(t) f(t).u(t)

X — —

 — t

Fig. 3.7 Product of a function f{(f) by a unit step function. The amplitude does not change; however,
only positive part of the waveform f(r), where the unit step exits, is selected

Note 3.3 Step function has the ability to eliminate a part of a function. Production of
the function f{f) by the unit step u(f) guarantees that the waveform is forced to zero
before the unit step starts. A shift in time, when required, must appear in both
functions as f{t — a) and u(t — a). Figure 3.7 shows the results of an arbitrary
function f{f) (that exists for both time positive and negative) both before and after it is
multiplied by the unit step function u(¥).

Note 3.4 The actual value of a step function is its amplitude. When any function
multiplied by a step function, this only indicates that the function has a value when

the step indicates. Therefore, / f(t —a)u(t — a)dt means that the boarders of
0

oo
integral are set for # > a. The integral can be rewritten as / f(t—a)dr.
a
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fu(t) fy(t) fe(t)

t 5 t t
>
1 1 5

Fig. 3.8 Summation of two unit steps and formation of a pulse. Functions f;(r) and f(f) have
opposite amplitudes but start at different times. Therefore, when adding them together, they cancel
each other when they both exist, e.g., for # > 5 and for the time both have not started yet, e.g., t < 1

Note 3.5 When two step functions, for instance, fi(f) = u(t — 1) and 5(f) = — u
(t — 5), are being added together, the result is obtained by adding point-to-point
values of both signals. Therefore, considering the functions, the summation result
has no value until # = 1 when the function f; starts. Within the window of 1 <7< 5,
only f1(¢) has a value. Therefore, the summation has a function with amplitude 1 for
the time 1 <#< 5. When the function f,(¢) starts at time ¢ = 5, the result summation of
both amplitudes becomes +1 — 1 = 0. Therefore, the amplitude of the summation
becomes zero for any time ¢ > 5. This yields a pulse function between 1 < ¢ <5 with
amplitude 1 as shown in Fig. 3.8.

Ramp Function f(t) = r(t)

If the value of the function linearly (proportionally) increases by time, the function is
called a ramp. The slope of this line, k, determines the rate of increment. The
function is written in mathematical form as:

r(t) = ktu(t).

The ramp function can also be expressed as:
kt, t>0
() = {O, 1<0”

The ramp function has the value zero for time negative and increases by a factor
k every second. The slope is defined as the ratio of the value gained over the time it
took to gain the value. Figure 3.9 demonstrates the ramp function and its slope
calculation.

Note 3.6 The slope is determined by the amount of amplitude gain over the time it
took to reach the gain.

Note 3.7 A shift in the ramp function shifts the waveform’s starting time but keeps
the slope intact.
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Fig. 3.9 A ramp function r(t)
with slope k. The slope is the
ratio of the gain in the

ampl(i}que over time it takes. k Gain
~ Time
>t
>
\w
Time
ry ) ) ()
+
10 5

-10

Fig. 3.10 Ramp functions of Example 3.3. When ramp functions are added together, their slopes
are algebraically added. It is important to consider the slope changes when any of the functions
experience a slope change. For instance, the points of # = 0 and ¢ = 5 are needed to be observed for
the slope changes because r|(f) and r,(?) start at these times

Example 3.3 Considering functions r; and r, shown in Fig. 3.10, sketch the
summation of the functions and express the result in mathematical terms.

Solution Function ri(f) = 10tu(f) is shown in Fig. 3.10. The function reaches
amplitude 10 in 1 s and amplitude 20 in 2 s. It reaches 50 in 5 s, and it continues
to gain amplitude at the same rate 10 units/s. Function r,(f) starts at time t = 5 s. It
has the slope — 10, which means in each second it drops by —10. Therefore, in 1 s
after it start (or + = 541 = 6s), it reaches —10 and continues to drop —10 each
second. Mathematical expression of this function is 7,(f) = — 10(z — 5)u(t — 5), with
slope —10 and start time 5.

Now, to add r;(#) and r,(¢) point by point, the result starts from # = 0. The slope is
10 in time 0 < 7 < 5, and it shows a change of slope at t = 5 to (+10 — 10 = 0). Since
the effect of two signals has been considered and there is no change in them for > 5,
the result summation function continues with slope 0 onward.

Example 3.4 Consider the previous example, and add a third function r3(f) = — 10
(t — Tyu(t — 7) to the functions r;(t) and r,(f). Sketch the summation result.

Solution Function r3(?) starts at = 7, which means no change in the summation of
r1(¢) and r»(f) until t = 7. From 5 < ¢ <7, the slope of r{(f)+r,(¢) is zero. At time =7,
r3(f) with slope —10 is added to the signals. The slope is therefore changed to
0 — 10 = — 10. The function of r{(t)+r,(#)+r3(?) is shown in Fig. 3.11.

Note 3.8 Adding ramp functions together changes their slope at the starting time the
functions.
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ri(t) ry(t) ra(t) r(t) slope : 10-10=0

Fig. 3.11 Ramp functions of Example 3.4

slope : 10-10=0

ry(t) r,(t) rs(t) r,(t) r(t)
+ + + 10 —>
10 ¢ 5 ¢ 7 ¢ ¢ 10 -10 ¢

12 5 7 12

-10 -10

Fig. 3.12 Ramp functions of Example 3.5

Fig. 3.13 Ramp function of fr(t)
Example 3.6 3 slope : 10-10=0

Example 3.5 Note that the function of ry(f)+r(f)+r3(f) continues with slope —10
even after it reaches zero at time ¢ > 12. Suggest a fourth function r4(f) to stop the
function from proceeding to negative values and make its slope zero at t = 12 and
onward.

Solution The functions r(f)+r,(f)+r5(f) result in slope —10 at > 12, and to reach
slope zero, a function r4(f) with slope +10 must be added. However, the function
must be started at the time ¢ = 12. Therefore, if a shift of 12 s is applied, the function
needs to be added is obtained as r4(f) = +10(t — 12)u(t — 12). The summation is
shown in Fig. 3.12.

Note 3.9 Note that the term of unit step function u(f — 12) presented in the function
r4(t)=10(t-12)u(t-12) guarantees that the value of r4(f) remains zero for all # < 12.

Example 3.6 Write the mathematical expression of the signal shown in Fig. 3.13.

Solution The function starts at time ¢t = 0 with slope 3/8. This suggests existence of
a signal ry () = 3u(r). The function continues with this slope until time # = 8. At
this point the slope has reached zero. This requires a f% slope change to the existing
signal of () but starting at time ¢ = 8. Therefore, r5(r) = —3 (t — 8)u(r — 8) must
be added to the function ry(f). The summation of these two signals continues with
slope zero until the time r = 10. At this point the slope needs to reach —6.
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ry(t) ry(t) ry(t) r,(t)

+ + + .
3/8 8 10

-3/8 -6

Fig. 3.14 Split of ramp functions in Example 3.6

This requires a0 — 6 = — 6 slope change introduced by a third function at t = 10 or
r3(t) = — 6(t — 10)u(r — 10). With slope —6, amplitude of the resultant signal
reaches zero in 0.5 s. Summation of these three signals leaves the slope —6 for time
10 <r<10.5.

After this time, or ¢ > 10.5, the amplitude and slope should remain 0. Therefore,
another slope change of +6 must be added to the signals starting at ¢+ = 10.5.
Therefore, the fourth signal is r4(f) = +6(t — 10.5)u(t — 10.5) (Fig. 3.14).

Example 3.7 Sketch the function f{t) = 5(r — 10)u(t — 7).

Solution The argument of the unit step function and the time shift of the ramp are
different. In this case, an operation is needed to make the ramp format as k(t — a)u
(t — a). It is critical to have the same amount of time shift for the ramp and its unit
step function.

In this example, 10 is splittoa 7 and a 3 as f(rf) = 5(t — 7 — 3)u(t — 7). Then, an
expansion results in:

@) =5 —=Tu(t—7) +5(=3)u(t — 7)

The function becomes a combination of a ramp f(¢) = 5(t+ — 7)u(t — 7) and a unit
step function f>(f) = 5(—3)u(t — 7). The ramp has slope of 5 and a start time of 7. The
step function has an amplitude of —15 = 5(—3) and a start time of 7.

The waveform is shown in Fig. 3.15.

Power Function f(t) = 4"u(t)

For a given natural number n, the function has an amplitude of % and a time factor of
t". For n = 1, the function becomes a ramp f{f) = Atu(f), shown in Fig. 3.16. For
n = 2 the function becomes a parabolic that exists in positive time (the effect of u(?)),

as f(t) = %zu(t), shown in Fig. 3.17.

Note 3.10 Derivative of a ramp function r(f) = ktu(t) is a unit step function
with amplitude k. Likewise, the integral of a step function ku() is a ramp function
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f1(t)

Fig. 3.15 Figure of function in Example 3.7

Fig. 3.16 Power function
becomes a ramp function
when n = 1. Coefficient
A becomes the slope

Fig. 3.17 Power function
becomes a parabolic
function when n = 2

Fig. 3.18 Derivative of a
ramp function with slope
k becomes a unit step with
amplitude k

51
fo(t)
5 +
7
—>
t t
-15
A
—
2
~
-
d Kk
dt
k e
t > t

r(t) = ktu(f). Figure 3.17 shows the derivative and integral functions of the ramp and

unit step (Fig. 3.18).

r(t) = —ktu(t) = ku(r)

/ ku(1)dt = ktu(t)

Note 3.11 Derivative of a step function ku(f) is an impulse with amplitude k6(7).
Likewise, the integral of k5(¢) is ku(?) (Fig. 3.19).
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Fig. 3.19 Derivative of a / 3(t)
unit step function with d
amplitude k£ becomes an k T
impulse with amplitude & e k
t t

Fig. 3.20 Derivative of an

impulse with amplitude d
k becomes a function with I k \

- : ! J0) 4
amplitudes split to —k in — >
negative time t = 0~ and +k
. L e
in positive time ¢ = 0 t t

-k N
d

Note 3.12 Derivative of an impulse function k5(7) is ké (¢). Likewise, the integral of
k6 (1) is k6(2).

d :
Eké(t) =k (1)

/ k6 (t)dt = ké(1)
Exponential Function f(t) = Ae™ u(t)

This function shows an exponentially steady raise or decay. The decay factor a
determines the rate of change, where a positive value shows a raise and a negative
value shows a decay in the amplitude. The functions for a > 0 and & < 0 are shown in
Fig. 3.20. The value of function f{f) = Ae*u(t) at t = 0 is f{t = 0) = A. The value of
1/a shows the time constant of the signal.

The decay factor determines how fast the signal reaches zero. For instance,
a = —1 has slower decay rate than @« = —2. Figure 3.21 shows the effect of decay
factor on the shape of signal.

For a > 0, the waveform exponentially increases. Figure 3.22 shows the wave-
forms ¢ = +1, —1 and a = +2, —2.
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J>O A a<0
A

>

Fig. 3.21 Exponential function with positive damping factor @ > 0. The amplitude increases by
time. Exponential function with negative damping factor a < 0. The amplitude decreases by time

Fig. 3.22 As damping rate becomes more negative, the rate of amplitude decrease accelerates and
the function reaches zero faster. As damping rate becomes more positive, the rate of amplitude
increase accelerates and the function reaches infinite faster

Note 3.13 Derivative of an exponential function repeats itself and generates
coefficients as follows:

d
= (Ae™) = a(Ae™)

1
/ Ae”dt = A—e™
a

Example 3.8 Do the math.

(@) [10e%dr = 1% e
(b) 4(5¢77") =5(=T)e "

3 3 3 3
(c) f (% eml) dt = %lg:c‘eml = %]Téem’ = ]3—4e16t

Sinusoidal Function f(t) = A sin (ot + @)

The sinusoidal function is periodical and repeats every 2z degrees. Maximum
amplitude reaches A at frequency w rad/s. The frequency in Hertz is obtained by
S = 3% The signal can lead or lag to cross the origin by ¢ degrees. Therefore, the
angle ¢ is called a phase shift.

Note 3.14 A lead signal has a positive phase shift, and a lag signal has a negative
phase shift (Fig. 3.23).
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Fig. 3.23 A sinusoidal 10 sin(t+n/6)
waveform with amplitude

A = 10 (peak) and phase
shift of angle ¢ = —Z or
—30" can be mathematically
expressed as A sin (wt —30)

Amplitude

Note 3.15 Derivative of a sinusoidal function is as follows:

d
%A sin (wt + @) = Aw cos (wt + @)

A
/A sin (wt + @)dt = —— cos (wt + @)
®

Note 3.16 Several information are presented in a sinusoidal function including the
amplitude, phase shift, and frequency. When a circuit is excited by a sinusoidal
waveform, the frequency remains constant throughout the circuit. In every element
of the circuit whether current or voltage, the frequency is the frequency of the source.
However, the amplitude and phase of the voltages and currents are influenced by the
circuit topology and its element values. Therefore, a sinusoidal function when
representing values of a circuit can be presented by conveying their amplitudes
and phase information. A phasor equivalent of a sinusoidal conveys this information
and is presented as follows:
Asin(wt + @) =Azg

Polar to Cartesian (Rectangle) Conversion

Phasor is a polar representation of the function. The polar coordinates can be
converted to rectangle as follows. Consider a function f{(¥) as:

ft)y=Az¢

Rectangle presentation of this phasor, shown in Fig. 3.24, is obtained by
projecting the vector on the real and imajinary axes as follows:

Azgp = Acos (@) +jAsin (p) = Re(f (1)) +jIm(f (1)) = p + jg- (3.1)
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Fig. 3.24 Polar

representation of a

sinusoidal waveform

(amplitude and phase) can

be converted by projecting — Aci

the vector onto the real Im(4£p)=Asing
and imaginary axes to obtain
the rectangular
representation

Re

Re(42£p)=Acos¢

Real part of this function p = Re (A £ ¢) = A cos (¢) and the imaginary part of
this function is ¢ = Im (A £ ¢) = A sin (¢).

Cartesian (Rectangle) to Polar Conversion

Any complex conjugate number p + jg can be converted to polar coordinates as
follows:

Azo=p+iqg=/pP +q <tan 2
p

Example 3.9 Find polar transform of the following numbers:
@ 2+j2 Answer: /2> +2% 2z tan ' 2 =2\/2.245

(b) 2-j2 Answer: 1/2% + (—2)* £ tan ! 2= 222 — 45
(© 1+,0.866 Answer:\/1? 4 0.866% £ tan ~' 0866 — 13228 £40.91
(d 0+l Answer: /02 4+ 1> ztan 'L = 1,90

0

© =l Answer: /0% + (—1)*2tan 'l = 12 — 90

Example 3.10 Find the rectangle transform of the following numbers:

(a 10 £ 30 Answer: 10 cos (30) + j10 sin (30) = 8.66 + j5
(b) 10«0 Answer: 10 cos (0) + ;10 sin (0) = 10 4 jO

(c) 10 290 Answer: 10 cos (90) + ;10 sin (90) = 0 4 j10

(d 10 2 —90 Answer: 10 cos (—90) + j10 sin (—=90) =0 — j10
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Fig. 3.25 Unit circle, sin, sin
and cos axes are shown
+1
COS
o
-1 0 +1
-1

Example 3.11 Find the value for j, /%, .

Solution Considering j = v/—1, then 2> =+/—1v/—1=—1, and /> = jj* = j
D= —J

Example 3.12 The signal 10 sin (3777 + 40) has the peak amplitude of 10 and
angular frequency of 377 rad/s, with phase angle 40". This can also be presented in
phasor as 10 « 40.

Note 3.17 Sine and cosine functions can be converted to each other in mathematical
operations. Following is the list of these conversions obtained from the unit circle as
shown in Fig. 3.25.
cos (wt) = sin (wt 4 90)
—cos (wt) = sin (wt — 90)
sin (wt) = cos (wt — 90)

— sin (wr) = cos (wr + 90)

Note 3.18 To add or subtract several sine and cosine functions, (1) all of them must
have the same frequency, and (2) all must be converted to either sine or cosine.
Otherwise, a phase shift of +90° will be lost in the calculations.

Example 3.13 Show the following functions in sine form and phasor:
f(t) =10 sin (377 4 30)

Solution The functions is already in sine form; therefore the phasor presentation is
10 z 30.

Example 3.14 The function needs to be converted to a sine function.

f(t) =5 cos (377t + 60)
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Solution The phase shift according to Note 3.17 must be considered:
cos (wt) = sin (wt 4 90)

Therefore, f(f) = 5 sin (377t 4+ 60 + 90). The 90°phase shift is added to convert
the cosine to sine. The phasor representation is 5 £ (60 4+ 90) or 5 £ 150.

Mathematical Operation of Polar and Complex Numbers

It is recommended to add complex numbers in Cartesian coordinate and to multiply
numbers in polar coordinate. It is possible to add numbers in polar coordinate and
multiply numbers in Cartesian coordinates; however it requires longer mathematical
operations.

Adding Complex Numbers

Add real parts together, and add imaginary parts together. It becomes:

(@a+jb) + (c+jd) = (a+c)+jlb+d)

Product of Complex Numbers

Expansion production results in:
(a +jb)(c +jd)=(ac + jad + jbc + jjbd)
jj=j*= — 1, which leads to:
(ac + jad + jbc — bd)

Now, collecting real parts and imaginary parts separately results in:

(ac — bd) —l—j(ad +jbc)
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Product of Polar Numbers

Amplitudes are multiplied, and angles are summed to result in:

(A29)(B26) = (AB) Z(p +6)

Division of Polar Numbers

Amplitudes are divided, and angles are subtracted as:

451 () oo

The angle is always the angle of numerator ¢ minus the angle of denominator 6.

Summation of Polar Numbers

(Az@) + (B1£0)—(Acosp + jAsin @) + (Bcos8 + jBsin 6)
= (Acos@ + Bcos @) + j(Asing + Bsin6)

Both numbers must be converted to rectangle and then be added as real and
imaginary numbers.

Note 3.19 Mathematical operation of a mix of polar and rectangle suggests a
transform from one form to another to ease the mathematical operations. It is more
suitable to do division and product in polar form and summation in rectangle form.
However, as explained earlier, it is possible to do all mathematical operations in
one form.

Example 3.15 Do the following mathematical operations in a suitable form (either
polar or rectangle):

(1 4+ j20)(1 — j20). Answer: 401

ll+—ji210' Answer: —9.5 + j10.5
275 Answer: —0.5 — j0.5
347

(10 £ —90) + (10 « — 30). Answer: 8.66 — j15
19460, Answer: —j2
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Note 3.20 Conjugate of a complex number is shown by a star and is obtained
as follows:

(a+jb)* =a—jb
(Azp)" =Az—¢

Example 3.16 Solve i%ﬁ

Solution To simplify the function, the complex number of the denominator should
be converted to a real number. That is possible by multiplying and dividing the entire
function by the complex conjugate of the denominator as follows:

1+j2_1—|—j2x(4—j3)*_1+j2x4+j3_(4+j3)(1+j2)

4—j3 4—37 (4-3)F 4—j3 4+3 (42+3?)
CAX 14X 243 x1+)3 %2
N 16 +9
4+8+j3-6 (4—6)+j8+6) —2+4jl1
25 B 25 T 25

Note 3.21 (a + jb)(a — jb) = a* + b*. For instance, with a = 4, b = 3, the argument
becomes:

(4-33)4+j3)=16+9=25
Summation of Sinusoidal Functions

Functions with similar frequencies can be added using phasor, as follows:
f(t) = Msin (ot + a) + N sin (ot + p)

Note 3.22 Check the frequencies to be the same.

Note 3.23 Check the form of functions to be the same. If they are not the same, both
must be converted to sin or cos.
Converting the functions to phasor obtains:

f)=Msa+ Nzp

The rectangle form of this function is obtained by converting each term individ-
ually to a complex number as follows:

f(t) = (M cosa + jMsina) + (N cos B + jN sin )

Adding the real parts and imaginary parts separately results in:
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f(t) = (Mcosa+ Ncosf3) +j(Msina + N sin §)

Considering

p=Mcosa+ Ncosf
q = Msina + Nsin
The function becomes:
f(6)=p+iq
The rectangle to polar conversion can be accomplished as follows:

In polar form, there is a need for an amplitude and a phase. The amplitude can be
obtained by:

A=\p+¢

The phase can be obtained by:

1 Im(f(2))
Re(f(1))

@ = tan"! g.
p

@ = tan "~

Example 3.17 Find the result of e(f) = 10 sin (50¢ + 30) 4+ 20 cos (50¢ 4 20).

Solution Since the frequencies are the same, the values can be added. Otherwise,
they have to be added by calculating point-by-point values of each sine function.
However, the functions are sine and cosine. There is a need to convert one to
another, i.e., both have to be sine or both have to be cosine. Let us convert both
functions to sine. Using the transform, both in sine function can be written as:

e(t) = 10sin (50 + 30) + 205sin (507 + 20 + 90)
Phasor presentation results in:
e(t) =102£30+20£110

Adding two polar numbers is better done when both are converted to Cartesian or
rectangle. This results in:

e(t) = 10cos 30 + j10sin 30 + 20 cos 110 + j20sin 110
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e(t) = 10 x 0.866 + ;10 x 0.5 + 20 x —0.342 + j20 x 0.939
e(t) = 8.66 +j5 — 6.84 + j18.78
e(f) = 1.82 —j13.78

Converting to polar results in:

| —13.78

e(t) = \/1.822 + (—13.78)* £ tan ~ 5

e(t) = 13.8992 — 82.47

In time series function, considering the original frequency, the summation
becomes:

e(t) = 13.899 sin (50r — 82.47)

Example 3.18 Simplify these functions.
f(#) = 20sin (100¢ 4 10) + 150 cos (1007 — 26) — 120 cos (100z + 30)

f(t) =20cos (377t) — 50sin (377t — 30) + 20 cos (150¢) — 50 sin (150¢ — 30)
Damped Sinusoidal Function

A negatively damped exponential function shows a decay trajectory, which if
multiplied by a sinusoidal function, results in a decaying sinusoidal waveform.
Figure 3.26 shows the function f;(f) = e~ “u(f) and f»(f) = sin (w?). The product of
these functions is sinusoidal wrapped around a decaying factor as f5(f) = e~ sin (w?)

u(r).

Note 3.24 Derivative of a function consisting the product of two functions ff, can
be found as:

s = ()4 ()

filt) () f(t)

Fig. 3.26 Product of a sinusoidal and exponentially damping function results in a damped
sinusoidal
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Therefore,

@ e msin(on) = (e ) sinon) e (sin )

Considering the definitions done in this chapter yields:
(—ae ) sin (wt) + e~ (w cos (wt))

Example 3.19 Sketch
f(t) = 5e7"sin (108)u(z).

Solution The amplitude of this signal att =0 is f{t = 0) = 5¢ " sin (0) or f(0)=0.
The u(?) function shows that the function starts at time ¢ > 0. This is a decaying
sinusoidal because the power of exponential argument is negative, i.e., negative
damping. As time increases, the function value decreases and reaches zero when
t — oo. In this decaying function, there is a sinusoidal that is bounded by the
exponential. The amplitude drops as the exponential function continues to drop,
limiting the amplitude of the sinusoidal but not its frequency. The sinusoidal
function has a frequency of 10 rad/s. The function oscillates every % s. Figure 3.27
shows the time variation of the signal f(¥).

Example 3.20 Sketch
f(1) = 5¢ *sin (10¢ + 30)u(r).

Solution The function has initial value of f{t = 0) = 5¢° sin (30) = 2.5. A phase
+30° shows a 30° shift of the signal to the left. The term u(¢) guarantees that the
function appears starting at time positive. Therefore, the negative time is eliminated.
If the entire waveform existed for time positive and negative, the first zero crossing

Fig. 3.27 Function of 5 exp(-t) sin(10 t)
Example 3.16. Note the 5 : : : T T
frequency is 10 rad/s
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Fig. 3.28 Function of 5 exp(-0.5 t) sin(10 t+n/6)
Example 3.18 T T T T

would have occurred when the argument was zero at 10t + £ = 0 ort = —Z;s. Note
that in this calculation, the phase shift angle must be in radians. Figure 3.28 shows
the waveform in positive time.

Average of a Signal

A periodic waveform at period T is presented by f(f) = f(t+T). The average or DC
value of this periodic signal can be obtained by 1/7T times of its integral over a period,
as follows:

1 T
fdc :fave:?‘/o f(t)dt

Example 3.21 Find the DC value of the periodic waveform expressed in Fig. 3.29.

Solution The waveform shows a period of 4 s, because it repeats itself every 4 s.
This time can also be measured from first zero crossing of the waveform to the next
zero crossing or the time from one peak to the next peak.

According to Fig. 3.29, the function can be split in the time sections and written as

S = { (1)0 u(o), g i ; i i Accordingly, the average of the signal can be found

as:

1 T
fdc :fave :?/0 f(t)dt

Replacing with the mathematical expression in time intervals results in:
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Fig. 3.29 Function of
Example 3.21

Fig. 3.30 Function of
Example 3.22

4
1
fdc :fave :Z/f(t)dt

1
4( Ot

Root Mean Square (RMS)
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N
10

24 6 8 1071

J0

10

24 6 8 107,

! 2

0
+ o) ~(10(2 - 0)) =5

N\#
g

The root mean square of a periodic function f(f) = f(t+7) at period T can be obtained

:‘/%/0 F2(t)dt

Note 3.25 The function must be squared first and then the root of its average must

as follows:

be calculated.

Example 3.22 Find RMS of the function shown in Fig. 3.30.

To calculate the rms, period of the waveform and mathematical expression or the
value of function in each time interval must be expressed. In this example, the period
is T =4 s, as the signal repeats itself every 4 s. The function has a value of 10 in time
0 <t<?2andis zero in time 2 < t < 4, and this sequence is repeated. The rms can be

obtained as follows:

1 T
RO

\/% (/02(10)2dt+/240dt>
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1
Sims = \/4_1 (100[

2

O+0> = \/%(100(2—0)+0) =50 = 7.07

Sources

Sources are generally divided into voltage source and current source. Each source
can generate a voltage waveform across the terminals of the circuit, or it may force a
specific current through the circuit. A voltage source tends to keep the voltage
constant no matter how much current is fed to the terminals of the circuit. A current
source tends to keep the current constant no matter how much voltage is required
across the source. The value of the voltage in a voltage source or the value of current
in a current source can be either a fixed number, or it may depend on other
parameters of the circuit. For instance, a voltage source might be 12 V fixed, or it
may depend on a times of a current that passes through a resistor, somewhere in the
circuit, as al.

The sources with fixed value are called independent sources, and the sources that
their values depend on other parameters of the circuit are called independent sources.

Independent Voltage Source

A voltage source generates a voltage value regardless of the current drawn from the
source. A voltage source keeps the voltage at the terminal by allowing the current
vary. V() can have any of the waveforms discussed in this chapter. In reality, all
sources have internal resistance that causes a voltage drop as the current passes
through. The voltage drop from the desired value is called voltage regulation.
A schematic of an ideal independent voltage source is shown in Fig. 3.31.

A unit step voltage source keeps the voltage at a steady value and ideally can
provide infinite current without drop of voltage. The voltage measured at the terminal
of the voltage source (or its V-I characteristics) is shown in Fig. 3.32. As the figure
demonstrates, the voltage amplitude is fixed at any given current. A sinusoidal
waveform is shown in Fig. 3.33, and a bipolar step function is shown in Fig. 3.34.

Independent Current Source

An independent current source generates a constant current value regardless of the
voltage across the source. This source changes the voltage at the terminal to keep the
current constant. /(f) can force a desired amount of current through a circuit even if
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Fig. 3.31 Schematic of a
voltage source with positive

and negative terminals n
and amplitude V \Y
\

Fig. 3.32 An independent \
voltage source and its V — 1

characteristics. The voltage V
amplitude is constant at any

drawn current

I
Fig. 3.33 A voltage source
generating sinusoidal
waveform
o —
~
U .

Fig. 3.34 A step function
generator with bipolar

amplitude. It means the
voltage becomes positive
and negative <+>

the voltage virtually reaches infinite. A schematic of an independent current source is
shown in Fig. 3.35. The V — I characteristics are shown in Fig. 3.36. As the figure
shows, the amount of current is fixed at any voltage. In reality, the amount of current
will drop because of the internal resistances of the source.

Note 3.26 A voltage source keeps the voltage of the nodes constant by sourcing
current to the branches connected to the terminals.

Note 3.27 A current source keeps the current of a branch constant by varying the
voltage at terminals.

Note 3.28 A zero-volt (0 V) voltage source resembles a short circuit. Figure 3.37
shows an equivalent of a zero-volt voltage source.
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Fig. 3.35 Schematic of an
ideal independent current
source

1)

Fig.3.36 V-1 vV
characteristics of a current

source. The current source

can deliver the current at an

arbitrary voltage level

Fig. 3.37 Equivalent of a
zero-volt voltage source

n
V=0V <::> = short
{
Fig. 3.38 Equivalent of a l

Zero—amp current source
1=0A (*)

Note 3.29 A zero-amp (0 A) current source resembles an open circuit. Figure 3.38
shows an equivalent of a zero-amp current source.

Open

Example 3.23 Find the currents I, I;, I, of this circuit, when v(¥) = 10 u(?)
(Fig. 3.39).

Solution The voltage source generates a pulse at amplitude V. The voltage source is
connected in parallel to two resistors. Each of these resistors takes a current

proportional to its resistance. The current through R; is calculated to be i;(7) =

%t) or ii(t) = 10ut) " and the current of R, is (1) = Y0 or (1) = %‘2@.

t
7, s The total

current taken from the source is the summation of i;(#) and i»(¢). Therefore, i(t) = i;
(6) +ir(1) = % and R.q = R;||R,. This reads R; in parallel to R,. Parallel of two

q

resistors can be calculated as:
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Fig. 3.39 Circuit of i(f)
Example 3.22 >

i\(t) i(f)

=

w(t) = 10u(r) ! R 1 R, R2

Fig. 3.40 Circuit of
Example 3.24

I,(t) = 10sin(30¢) I, =20£60°

1 1
Rq R R
Req = R’fflgz which results in total current of
V 2
=35 = V(n) Btk = 10828 (1)

Ry+Ry

Example 3.24 Find the voltages of Vi,V,,V;, when I;(f) = 10 sin 30#(A)
and L () = 20 « 60 (A) (Fig. 3.40).

Solution The circuit has two current sources of I;(f) = 10 sin 307(A) and
I(#H) = 20 « 60 (A), which operate at the same frequency. The circuit has three
nodes at unknown voltages of V1,V,,V;. The voltages can be obtained using KCL
written for each node.

KCL ®. Summation of entering current (negative sign) and exiting currents (pos-
itive sign) must be zero.

Vi—V,
L+ 2
1+ R,
KCL @.
Vo=Vi Voo Vo—-V3
=0
R R, R
KCL 3.
V3=V,
-1 —=0.
2+ R

This results in three equations and three unknowns. Note that the current source
values are replaced by phasors.
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Simplifying the equations results in:

Vi Vs
R R !

-V 1 1 1 -V

— Vot ot |+ =0
R1 R1 R2 R3 R3
Vv, Vi

SRR N A

Ry | Rs

Vo=Ry(I1 + 1)
Replacing in the second equation and solving for V; result in:
V3 =Rslo + Ry(I1 + 1) = Roly + (Ry + R3) I,
and using the first equation with the value of V,, V; becomes:

Vi=Vo+Ril;
Vi = (R + Ro)l| + Rol>.

Note 3.30 A mix of voltage and current source might exist in a circuit. It should be
noted that a voltage source keeps the voltage of the terminal nodes constant and a
current source keeps the current of a circuit branch constant.

Example 3.25 Find the voltage V, and the current /;, when the sources have phasor
values of V and I (Fig. 3.41).

Solution As the circuit demonstrates, the voltage source keeps the voltage of node
@ at constant V volts. Considering the voltage of node @) at V,, the current I; can be

found.
KCL @:

I, + Iz, — 1 = 0.

Note 3.31 The current of passive elements should always drain the node, hence
positive. The current of the current source if forced to the node (in this circuit) is
hence negative.

Therefore,

Vo—-V 'V,
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Fig. 3.41 Circuit of 1, R Vv,
Example 3.25

Solving for V, results in:

va(te L) =Yg
\R 'R} R

RiR, \%
Vo, = —+1
2 (Rl +R2> (R + )

Knowing the value of V,, the current /; can be obtained as:

V-V, V VW,

Il = =
Ry Ri Ry

Replacing from V, results in:
V. 1/ RR Vv
Lh=——— 22 ) (=41
Ri R \R| +Ry) \Ry

1 R
11:—V—< 2 >1
R, Ri+R,

Dependent Sources

The value of dependent sources may change based on their type of dependency to
other parameters of the circuit. These dependencies may be to voltage of nodes or
current of branches in the circuit. Therefore, a dependent voltage source may be
controlled by voltage of a node or current of a branch. A dependent current source
may be controlled by voltage a node or current of a branch (Fig. 3.42).

The fact that the source output voltage or current is dependent on circuit param-
eters makes no difference in their operation such as KVL and KCL, as they are still
voltage or current sources, but their values may depend on other circuit values.
A dependent voltage source still keeps the voltage of the terminal nodes constant to
the value dictated by the control parameter, and a dependent current source still
keeps the current of the branch constant by changing the voltage.

Note 3.32 The only consideration is to correctly account for the dependency of the
voltage or current generated by the circuit parameters.
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Fig. 3.42 Dependent current and voltage sources. The dependency of the voltage or current
generated from each source can be on a current or a voltage measured at any part of the circuit

) D,

Note 3.33 Changes in the circuit or equivalent analysis of elements should be such
that the dependency of voltage or current is not eliminated from the simplified
circuit, i.e., keeping track of the circuit parameters.

Fig. 3.43 Circuit of
Example 3.26

Note 3.34 A dependent voltage source or a dependent current source cannot be
turned off unless the control parameter forces the source to be off.

Example 3.26 In circuit of Fig. 3.43, find [;.

Solution The circuit has a current controlled voltage source. The control current is
the current through resistor R;. In the circuit simplification, this current, />, must be
tracked to be able to calculate the value of the voltage source. Therefore, although
R, and Rj are in parallel, it is not recommended to simplify these two elements.
The circuit has two loops I and II. KVL must be written for each of these loops
(since there is no current source connected to any nodes around the loops).
KVL @.

—(Xlz + VR3 + VRz = 0

Note 3.35 The value of dependent voltage source becames negative because fol-
lowing the suggested direction of current in loop @, the current enters the negative
terminal of the voltage source.

Voltage drop across R;, Vg, = 1IR3, and across R,, Vg, = (I} —I2)R,. The
currents I; and I, are in opposite direction over the resistor R,, and following the
KVL in loop @, the positive voltage drop suggests that the value of current is I} — I>.
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Therefore, loop @ KVL results in:
—(112—|—I]R3+(I] —12)R2=0 (32)
KVL @.
Vi, +V + Vg, = 0
Vg, = LRy, and Vg, = (I — I1)R,. In loop @), the KVL is following the current
I, and hence the positive voltage drop across the same resistor suggests I, — 1.
Therefore, loop @ KVL results in:
LRy + (I, — )Ry = -V (3.3)

Simplifying (3.2) and (3.3) and solving for /; and I, result in:

—al, +L1R3+ (I} —L)R, =0
LRy + (12 — Il)Rg =-V

Solving for I, and I, results in:

(Rs + R} — (a+Ry)[, =0
—RoIi + (R + Ro)[, = -V

((1+R2)
(R3+R2)

Solving for I; from the first equation, /| = I», and replacing in the second

equation yield:

Vv
I, =

a is a control parameter that is set to obtain specific characteristics from the
circuit. In fact, a is mostly determined by transistors used in the circuit. MOSFETs
and BJTs have different dependencies and generate dependable sources.

Example 3.27 Find voltage V7 and current /, in the circuit of Fig. 3.44.
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Circuit Simplification Techniques

Voltage Division

Consider a circuit with a series of resistors connected to a voltage source. The
voltage drop across each resistor is proportional to its resistance. Since the current
passing through all elements is similar, the total current can be obtained as:

i= 1%

Therefore, the voltage drop of a resistor Ry is vy = XR:kRv (Fig. 3.45).

Example 3.28 Find the voltage drop across all elements of the circuit shown in
Fig. 3.46.

Solution The circuit has two sets of resistors in series. A 10 Q and 2[|8 = 1.6 Q
connected in series to a 100 V voltage source. The voltage across 10 and 1.6 Q
resistors is:

10
Vv =—100=286.21V
YeTI04+ 1.6
Fig. 3.44 Circuit of 1, R
Example 3.27
V B[] Rz VT
R i) R, R, R,

v(t)

Fig. 3.45 Series connection of resistors and voltage division
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Fig. 3.46 Circuit of 20
Example 3.27

100V 80 10Q

Fig. 3.47 Parallel
connection of resistors and
current division

i(?) R, R,
Fig. 3.48 Circuit of
Example 3.29
20 A 40 50 10Q
1.6
\%4 =——>100=13.79V
2T 6410

Current Division

The current shared among several elements in parallel depends on the conductance
of each parallel branch (Fig. 3.47).

Consider a circuit with n resistors in parallel fed from a current source i(f). The
current drawn from the source is the summation of all branch currents, such that:

n
i= i,
m=1

= 4 TR
1= — —_— — =V - —_—
R R R, R,

The voltage across the circuit is obtained from:

i

(B+g+. +3)

V=

B

The current passing through any resistor is ig, = 5~ = 7————-1.
k (¢+L+ +¢)
itk
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Example 3.29 Find the current of each branch in the circuit of Fig. 3.48.

Solution

The current of 4 Q is I, , = (,+,37+ J20=91A
475710

The current of 5 Q is I, , = (1%1)20 =727 A.
4757710

The current of 10Q is g, , = ~120 = 3.63 A.
T

Source Conversion

A voltage source in series to a resistor can be converted to a current source and the
same resistance in parallel. The size of the current source is obtained by the value of
voltage source divided by the resistance (Fig. 3.49).

Note 3.36 The source conversion and Thevenin to Norton equivalent are also true
for dependent sources.

Example 3.30 Convert the Thevenin to Norton and vice versa in circuits of
Figs. 3.50, 3.51, and 3.52.

Thevenin Equivalent Circuit

Any circuit from a desired set of terminals can be modeled as a voltage source and a
series resistance. This Thevenin equivalent circuit has two components Vy,
(an independent voltage source with fixed value) and Ry, (or an impedance in case
of RLC circuit) as shown in Fig. 3.53.

Thevenin equivalent circuits are defined for all circuits including resistive and
circuits with inductors and capacitors and dependent sources.

Vin > [=— Th

Fig. 3.49 Thevenin and Norton equivalent conversions
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10Q
a a
20V < I 100
b b
IN=20/10=2A
Fig. 3.50 Circuit of Example 3.30
100
a a
201, < I 100
b b

IN=201,/10=2I,

Fig. 3.51 Another circuit of Example 3.30

250

alg 0 I <—> 254l I,

Vin=25 al,

Fig. 3.52 Circuit of Example 3.30. I, is the current of an element in the circuit. The amount of
current generated by the current source depends on 7,

Note 3.37 To obtain the Vj, across terminal ports a and b, the circuit must be
disconnected from the load at these terminals. The voltage difference built at the
terminals is measured as Vy,.

Note 3.38 To obtain the Ry, at terminal ports a and b, only independent sources
must be turned off. This means a zero voltage source (short circuit) and a zero current
source (open circuit).
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Fig. 3.53 Thevenin R,
equivalent from points a
aand b
Yy
b
Fig. 3.54 Figure Thevenin 80 50
of Example 3.31 a
20
10V R
b
Fig. 3.55 Thevenin 6.6Q
equivalent of circuit shown A A A @ 2
in Fig. 3.54
2V
® b

Example 3.31 Find the Thevenin equivalent of the circuit in Fig. 3.54.

Solution Finding Vy, requires that Ry be disconnected from the circuit. If so, the 5 Q
resistor branch is disconnected and does not pass any current. Therefore, the voltage
drop across this resistor becomes zero and the terminal voltage becomes equivalent
of the voltage drop across the 2Q resistor.

The KVL for loop suggests that, —10 + 81 + 2I; = 0. Therefore, I, =15 =1 A.
The voltage of 2 Q resistor becomes Vi, = Voo =2 X 1 =2 V.

Finding Ry, needs a OV voltage source (short circuit) and zero A current source
(open source).

Removing the voltage source leaves the 8 Q and 2 Q in parallel and the result in
series with 5 Q. Ry, = (8]|2) +5 =85 +5=6.6Q.

The equivalent Thevenin circuit is shown as follows (Fig. 3.55):

Example 3.32 Find the Thevenin equivalent of the circuit shown in Fig. 3.56.

Solution Since the load must be disconnected from the terminals, there is no current
passing the 5 kQ resistor. Hence, the voltage drop across this element is zero.
Therefore, Vy, = V, = V; which is the voltage of node 1. Writing a KCL for node
1 determines the voltage.
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Fig.3.56 Equivalent circuit 3kQ 5kQ
of Example 3.32

3kQ 5kQ

Fig. 3.57 All independent sources have been zeroed out, and since there is a dependent source
remaining in the circuit, an external source with voltage V needs to be connected to terminal
points to excite the circuit for impdenance measurement

KCL @. Passive element 1 kQ resistor drains the current out of the node, and the
dependent current source forces the current into the node (direction of the current
sources). Therefore,

Vi-2 V.
3000 1000

Considering V, = V results in:

Vi—2 V.
3000 1000
-2V, 2
3000 1000
A )
3000 1000

Vi=Vin=-3V.

To obtain Ry, the independent voltage source must be turned off, and the
dependent current source must remain in the circuit. The circuit is shown in
Fig. 3.57.

As the circuit shows, the resistance measured at terminals depends on the value of
the dependent current source. To excite this dependent source, an external voltage
source V is connected to the terminals. The current drawn from the source [ is
measured, and then the resistance shown at the terminal can be obtained from
Ry =Y.
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Vi Ve Vi=V,

3000 1000~ 5000 °

KCL®.

. . o . . . \% 174 V-V __
From the circuit V, =V, replacing in KCL results in 5535 — 1550 + 5000 = 0-

1 1
(3000 * 5000) =V (1000 N 5000)

V-V,

. V- 5

5000 5000 4 5000
V = —40001 — Ry, = —4000Q.

Example 3.33 Find the Thevenin of the circuit shown in Fig. 3.58.

To obtain the Thevenin impedance, an external source must be used. Connecting
voltage source V at the terminals creates a two-loop system.
KVL®. —7i4+3i+50 - =0
KVL® . V+5G—i)=0

From the first KVL, i; = {2i. Replacing in the second equation, V = 3.

Therefore, the Thevenin equivalent circuit is a simple resistor with resistance of
200
T Q.

Norton Equivalent Circuit

Any circuit from a set of desired terminal can be represented by a current source in
parallel to a resistor. The current source shows the short circuit current that might
have passed the terminals if it was shorted, hence called the short circuit current

Fig. 3.58 Circuit of 30 .
Example 3.33 ! a

7i 50
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Fig. 3.59 Norton

equivalent
I R
sc
Fig. 3.60 Circuit of 8Q Q
Example 3.34 a
20
10V R
b

source, and the parallel resistance shows the equivalent resistance when all the
independent sources are turned off (Fig. 3.59).

Note 3.39 In Norton equivalent circuit, the load resistance across the terminals must
become a short circuit. The current passing this short circuit is the equivalent of the
Norton current source.

Note 3.40 The Norton resistance is obtained similar to the Thevenin resistance.
Example 3.34 Find the Norton equivalent of the following circuit (Fig. 3.60).

Solution A short circuit of the load leaves the Ry out of the circuit. Hence, the I
has similar value as of the current passing through the 5 Q resistor.

Total current of the circuit / can be calculated by I = I;—‘l The equivalent resis-
tance is parallel of 5|2 in series with the 8 Q. R.q = 8+(5(|2) = 9.428 Q which
makes the total current / = 1.06 A.

The current of 5 Q resistor is obtained from the current division as:

2
Io =I5 =——1.06=0.303A.
R I

Finding Ry, needs a zero V voltage source (short circuit) and zero A current source
(open source). The circuit of Fig. 3.61 is obtained. Removing the voltage source
leaves the 8 and 2 Q in parallel and the result in series with 5 Q.

Ryn=(8[2) +5=85+5=6.6Q.

Norton and Thevenin Equivalent

Thevenin and Norton circuits can be converted to each other as follows (Fig. 3.62).
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Fig. 3.61 Norton a
equivalent of the circuit
Fig. 3.60
0.303A 6.6Q
b
Rth
a a
Vo, <> I R, IN=Vin/Rin
b b
Rth
a a
Vv V, =R I
Isc Rin <> 'th th™ “th™N
b

Fig. 3.62 Thevenin and Norton transformation

Power Calculations

Consumption of Power

Consider a resistor R as part of a circuit. DC current / passing through this resistor
will generate a DC voltage drop V across the resistor. In this condition, the resistor
starts to consume power and dissipate heat. The amount of power loss is directly
proportional to the amount of voltage and current and is obtained by:

Pross = VI

The dissipated power is measured in watts. Considering the Ohm’s law in
resistors, V = RI, the power dissipation can be obtained as:
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V2
PLoss =VI= (R])I :R[2 :F

The resistor is a passive element, which means the amount of energy stored in it
over a cycle is zero. Resistors cannot store electric energy. However, they can be
utilized to store thermal energy in a special type of ceramics.

Note 3.41 Power consumption has a positive sign, e.g., a +100 W load consumes
power equivalent to 100 W.

Generation of Power

A DC power source feeds the circuit with a DC voltage and DC current. The product
of total current drawn from the source by the voltage of the source determines the
amount of power that the source has generated and fed to the circuit. Since the
current is outgoing of the terminals of the source, the power is generated and is
considered a negative value.

Note 3.42 Power generation has a negative sign, e.g., a —100 W sources generates
and feeds the circuit by 100 W.

Example 3.35 Consider a 100 W power load connected to a power source. The load
consumes +100 W, and the source generates —100 W. If the voltage is 20 V, the
load has 5 A current entering to the terminal, and the source has 5 A current exiting
the terminal.

Example 3.36 A battery unit is utilized to drive an electric vehicle, shown in
Fig. 3.63. The battery unit can both generate and absorb power. The battery is
discharged to propel the vehicle forward on an uphill road. It is charged through
regenerative braking when the vehicle’s energy is harvested to be stored on a
downhill road.

Fig. 3.63 An electric vehicle discharges the battery in the uphill and charges it in the downhill road
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Fig. 3.64 A Thevenin RI'
equivalent circuit delivers | h
power to a resistive load.

The power delivery is

maximum when the

Thevenin resistance and the R
load resistance are equal VTh L
Fig. 3.65 Circuit of 30 40
Example 3.37 a
90 =7
10V RL '

Maximum Power Transfer to Load in Pure Resistive Circuits

Consider a Thevenin equivalent of a resistive circuit connected to a load resistance as
shown in Fig. 3.64. A voltage source and a Thevenin resistance in series forces the
current / through the circuit.

The load current is obtained from I, =

the load is:

Vin
Rin+RL*

Therefore, the power delivery to

Vo \’
tl
nomit = (g )

To maximize the power delivery to the load, j% = 0.
L

dpP. _ V2 (Rw +RL)” — 2(Rn + RLRLVE, _ Vi (R +RL) — 2RV,
dRy. (Rn +Ry)* (Ro +Rp)?

aPL_ViRa - ViR
dRy. (Re + RL)’

Hence, the condition to transfer maximum power from the source to the load is:

R[h = RL.

Example 3.37 Find the load resistance that can absorb maximum power from the
circuit of Fig. 3.65.
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Solution Thevenin equivalent of the circuit with respect to load terminals can
be found by disconnecting the load and turning the independent sources off. This
results in:

25
Problems

3.1. Sketch the following functions:

(a) fi) = 10u(n)
(b) fit) = 10u(t + 7)
(c) fit) = 10u(z — 7)
(d) fit) = 10u(3t — 15)
(e) fi) = — 10u(r)
() fi) = 10u(—1)

3.2. Sketch the following functions:
(a) flr) = 2tu(r)
(b) A1) = 2(t — 3u(t — 3)
(©) fi) =2(t = 3ut —7)
(d) i) = — 2eu(r)
(e) fin) = 2tu(—1)

3.3. Find the mathematical expression of the following signals:

H® £, f,®

v
\4

\4

~

o~
w
o|-=-===2
~

f® fs®

\4
\4
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3.4. Sketch the following functions:

@ fH=u@t—1)—ult—2)

®) i) =u— 1)+ u —2) — u(t — 3)

() flit) =3u(t — 1) + 2u(t — 2) — Su(t — 4)

d) fi) = tu(n) — (¢t — 2u(t — 2)

) fity=tu@® — (t —3u(@ —3) — (¢t — Du(t — 4) + (¢t — S)u(t —5)
) ft) =3 — u@ — 2) — 6(t — Hu(t — 4) + 3(t — 6)u(t — 6)

(@) fir) = 3tu(t — 5)

(h) f(t)y =5 — Du@t — 3) + 3¢t — 2u( — 4)

3.5. Find mathematical expression of the following signals:

£ 4 0 o £
5 5
3
3
> > L
2 4t 3 7t 2 4t
2
10 fs(® fo(®©)
5 5
3 3 3
L 5 L
4 6 ¢ 5 nt 4 6t
JAG)

f7(f) A 10 AL
| 3

w
v
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3.6. Sketch the following functions and determine the amplitude and their damping
factor.

(a) fit) = 3e " "u()

(b) fit) = 2¢™u(t)

(©) i) =27~ Dyt — 1)

@) fin) =eult) — e "~ Dut — 5)
() fity =3¢~ Put — 1)

3.7. In the following signals, determine the amplitude, phase shift, and frequency in
(rad/s) and in Hz.

(a) f(t) = A sin (wt + ¢p)

(b) fir) = 200 sin (377t + 10)

(©) f(t) = 110v/2sin (120t + 60)
(d) fity = sin (1)

(e) f(#) = 20sin (100 + £)

3.8. Do the following math operations.

(@) [u(ndt

(b) [10u(t — 1)dt

(©) [10u(r) — 10u(t — 2)dt
() [ru(r)dt

(e) [3(t — Du(t — 1dt
® [u(—0)dt

(@) [ — tu(—n)dt

(h) [10 sin (377t + 20)dt
(i) [ 110v2cos (100xt + Z)dt
G) [e dt

k) f%e‘y + 3edt

() [8(r)dt

(m) [(£+5) 8(r)dt

(n) [(P+5) 8t — 2)dt

3.9. Do the following math operations:

@) & (u(r))

(b) dt< (t - 1))

© d,( u(t) + 3u(t — 1))

@ 4 d[ (3(r — Du(t — 1) +5(t = 3)u(t — 3))
O] i (6’3’ (1)

) & i (e u(t —2))

(g) 4 (6‘ St + Sy l))
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(h) £ (100sin 10z7)
(i) < (200 cos 10007 + 60)

3.10. Do the following math operations:

(a) 2 sin (107 + 60) + 3 cos (10f + 30)
(b) sin(100¢ + 10) — sin (100¢ — 80)
(c) cos(20xzt) + cos (20xt + 10) — sin (20zt + 30)

3.11. Find the amplitude, damping factor, frequency of oscillation, and initial phase
in the following signals:
(@) fity =10+ sin ¢
(b) f(t) = 5+ 100v/2sin 377¢
(c) fit) = sin’5t
@ fir) = sin®5¢ — cos>5¢
(e) finy =1 + sin*10¢

3.12. Find the average and rms of the following waveforms:

16 & 0
5 7

v

A 4
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(a) fu(r) = 110 sin 377t

(b) f5(t) = 10+ sin ¢

(c) fs(t) =5+ 100+/2sin 377¢
(d) f5() = sin®5¢

(e) fz(®) = sin®5¢ — cos>5¢

) fof) = 1+sin®10¢

3.13. Find 11, 12.

20 u(t)

3.14. Find II’VO-

+
20t u(t) 60 4? % 80 % Yo
1

3.15. Find V],V2,V3.

y 100 |, s V.

20t u(t) 120 2(t-1) u(t-1)

3.16. Find V,.I.

8Q

3etsin10t 120 e3tsin10t
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3.17. Find 11,12.

3.18. Find V.

3.19. Find L,V,,

3.20. Find LV.

80 3u(t)-3u(t-5)
30
I v,
17u(t) 0.51] 70 Vo

5tu(t) 0.51 70

89
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3.21. Find the voltage drop and current of all resistors. Find the power taken from
the source and the power dissipated in each resistor.

8Q 150

5tu(t) ‘ 7.50

3.22. Find the voltage drop and current of all resistors. Find the power taken from
the source and the power dissipated in each resistor.

m@g Q The

3.23. Find the voltage drop and current of all resistors. Find the power taken from
the source and the power dissipated in each resistor.

3.24. Find the voltage drop and current of all resistors. Find the power taken from
the source and the power dissipated in each resistor.

I I
10 290
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3.25. Find Thevenin and Norton equivalent of the following circuit across the load
terminals.

3.26. Find Thevenin and Norton equivalent of the following circuit across the load
terminals.

1 100Q

1
70 VCSW\/ % 500 <>4011% R

3.27. Find Thevenin and Norton equivalent of the following circuit across the load

terminals.
50
i F e

3.28. Find Thevenin and Norton equivalent of the following circuit across the load

terminals.
50
IO -
7IO< ; %109 %RL
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3.29. Find the load impedance at which the maximum power is transferred from the
source to the load.

7Q 30

10u(t) 100 R

3.30. Find the load impedance at which the maximum power is transferred from the
source to the load.

120 80

20V 5A R

3.31. Find the load impedance at which the maximum power is transferred from the
source to the load.

8Q 27 10

20V 120 30 L

3.32. Find the load impedance at which the maximum power is transferred from the
source to the load.

0.1V,

8Q Vv, 10

20V 120 30 L




Chapter 4 )
Circuit Response Analysis s

Introduction

The flow of current in the circuit branches and drop of voltage across circuit
elements depend on their behavior and their ability to store energy. For instance,
the voltage drop across a resistor is in phase with its current passing through. But
that is not the same in a capacitor or an inductor. This makes the circuit KVL and
KCL equations integrodifferential equations. The order of these equations depends
on the number of energy-storing elements. In this chapter, the circuit elements are
introduced and their equations are discussed. The order of a circuit is discussed,
and responses of first- and second-order circuits to their initial condition and to
external sources are analyzed.

Resistors

Consider a resistor shown in Fig. 4.1 that has current i(f) passing through which
results in a voltage drop v(#). The relation of time-varying voltage and time-varying
current to the resistance of the resistor follows Ohm’s law as follows:

v(t) = Ri(r)

Ohm’s law of a resistor indicates that the voltage drop across the resistor linearly
depends on the current passing through. This also demonstrates that the voltage
and current waveforms across a resistor are inphase. Figure 4.2 shows the voltage
and current of a resistor. As the figure shows, the zero crossing of the two signals
(voltage and current) is the same, and the peaks occur at the same time. The current
is a scaled waveform of the voltage.

© Springer Nature Switzerland AG 2019 93
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i(t) R(Q
+ v(t) -

Fig. 4.1 Schematic of a resistor. The voltage drop v(f) dependency across a resistor R when passing
current i(7)

Fig. 4.2 Voltage and Typical Voltage and Current of a Resistor
current of a resistor are 10
inphase. They may have
different values (peaks)

Current
Voltage

: L\
. \

-10

L(H)

i(?) IUUUU'
[0

+ v(?) -

Fig. 4.3 Circuit schematic of a charged inductor with initial current /. The voltage and current of

the inductor are related through a differential equation as: v(r) = L;L:)

Inductors

Consider an inductor with inductance of L(H) Henrys. The inductor also has an
initial current of I, as shown in Fig. 4.3.
The relation of the voltage drop and current of the inductor is obtained by:

_di(1)
v(t) = LT

where () is the current passing through the inductor and w(¢) is the voltage drop
across the inductor. As the equations demonstrate, in sinusoidal waveforms, the
voltage and current are 90 out of phase where the current waveform lags the voltage
waveform. Figure 4.4 shows the voltage and current of an inductor.

Considering an initial current of /, passing through the inductor, the current can
be expressed as:

i(t) = Iou(?)

Replacing this current in the inductor’s equation results in the initial voltage of:
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Fig. 4.4 The voltage and Typical Voltage and Current of an Inductor
current of an inductor are 90

out of phase. The current Current
lags the voltage. It is Vol
recommended to take 5 oltage
voltage as a reference and
then measure the phase shift 0
of the current _/
-5 .
L(H)
o Neuans
i) i)
+ v(0) - >
k/lo
+ -

v(f)

Fig. 4.5 A charged inductor with initial current /. Initial condition can be modeled as a voltage
source in series to the inductor. The value of the voltage source is LIyd(f), and the polarity of the
voltage source is selected such that the current out of this source follows the same direction as the
initial current. The model of series inductor and the volvoltage source is best for KVL analysis.
Model of a charged inductor can also be shown as a current source in parallel to the inductor. This
model is best for KCL analysis

Fig. 4.6 Circuit schematic C(F)
of a charged capacitor. The

it

voltage and current are )
related through a differential y
0

equation as i(t) = Cd“’l(t’)

T

d(lou(t))

Vo =L
0 dr

= LIy5(1)

The model of a charged inductor can be presented as an inductor without charge
in parallel or series to a source that represents the initial condition (Fig. 4.5). The
initial condition can also be modeled as a current source with the value of Iywhich is
connected in parallel to the inductor. Figure 4.6 shows the inductor without charge
and a current source to represent the initial charge.

The inductor is an energy-storing element. The net energy stored in an ideal
inductor when a sinusoidal voltage is applied is zero. The inductor is fully charged in
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Fig. 4.7 The voltage and Typical Voltage and Current of a Capacitor
current of a capacitor 90 out

of phase. The current leads Current
the voltage. It is 5| Voltage

recommended to take
voltage as a reference and /'7
then measure the phase shift 0

of the current

a positive cycle and is fully discharged in a negative cycle. The inductor is therefore
called a passive element.

The amount of stored energy (in Joules) in an inductor is proportional to its
inductance L(H) and the square of current passing through I as follows:

1
W==LI*(J
5 (J)

Capacitors

Consider a capacitor with capacitance C (F) Farads that is initially charged at voltage
Vo as shown in Fig. 4.6. The current i(f) generates voltage v(f) which are related as:

V()
l(l‘)—C7

This shows that the current and voltage across a capacitor when sinusoidal signals
are applied are 90  out of phase, with the current waveform leading the voltage
waveform. The phase shift is shown in Fig. 4.7.

The initial charge of the capacitor can be modeled as a separate source in series or
in parallel to the no-charged capacitor. Considering a series voltage source, the
model of the charged capacitor is shown in Fig. 4.8. Considering the voltage and
current relation of a capacitor and its initial charge as:

v(t) = Vou(t)

The initial current of the capacitor becomes:
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c
c | |
i) i) )
—S o0
SRS -
+ Y0 - + 0) )

Fig. 4.8 Model of a charged capacitor when the initial charge of the capacitor is shown as a series-
connected voltage source. This model is best for KVL analysis. The initial charge can also be
demonstrated as a current source with amplitude CV,6(f). The direction of current is reversed as
when the capacitor starts to discharge; it sends the current out of its positive terminal. This model is
suitable for KCL analysis

d(Vou(t))

Iy=C
0 dt

= CV(1)

An ideal capacitor receives charge in a positive cycle and is fully charged. In the
negative cycle, it is fully discharged and charged with opposite polarity. Therefore,
in a period, the net stored charge in this capacitor is zero. For this reason, a capacitor
is a passive element.

The amount of stored energy (in Joules) in a capacitor is proportional to its
capacitance C (F), and the square of applied voltage V* as follows:

1
W= ECV2 )

Order of a Circuit

Recalling from circuit element definitions, it was determined that resistors just
dissipate energy as heat, but inductors and capacitors store energy. The net energy
storage of these elements over one cycle was zero. This makes these elements to be
categorized as passive elements.

The relation of the voltage and current of energy-storing elements is expressed by
differential and integral equations. Therefore, each energy-storing element has the
potential of increasing the order of a differential equation written for a circuit. These
differential and integral equations are obtained through mesh and node analysis, i.e.,
KVL and KCL.

To determine the order of a given circuit:

* In the first step to determine the order of a circuit, all possible simplifications of
capacitors and inductors must be considered. It means that the equivalent of series
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Fig. 4.9 The circuit has one
energy-storing element.
Therefore, it is a first-order
circuit. This means that the
differential equations that
show the voltage or current
relations is a first order
equation

Fig. 4.10 The circuit is
simplified already and has
two energy-storing
elements. Therefore, it is a
second-order circuit. This
means that the differential
equations that shows the
voltage or the current of the
circuit is a second order
equation

Fig. 4.11 The circuit is
simplified already and has
two energy-storing
elements. Therefore, it is a
second-order circuit

4 Circuit Response Analysis

connection of capacitors/inductors or parallel connection of capacitors/inductors
must be obtained. At this stage the highest possible order of a circuit is the count

number of equivalent energy-storing elements.

e If a loop of the simplified circuit is formed by bunch of capacitors and cannot be
simplified further, for each of these capacitive loops the order is reduced by one.
e If a node of the circuit is only connected to bunch of inductors and cannot be
simplified further, for each of these inductive nodes the order is reduced by one.

This can be expressed as:

Order of a circuit = number of energy-storing elements — number of capacitive

loops — number of inductive nodes.

Example 4.1 Find the order of the following circuits (Figs. 4.9, 4.10, 4.11, 4.12,

4.13,4.14, 4.15, and 4.16).

First-Order Circuits

A first-order circuit contains an equivalent of one energy-storing element either as a
capacitor or an inductor. These circuits are analyzed in two conditions:
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Fig. 4.12 Two series inductors L; and L, can be reduced to one equivalent inductor. Then, the
number of energy-storing elements becomes two. One is the equivalent inductor and the other one is
the capacitor. There is no capacitive loop or inductive node

Fig. 4.13 Two inductors L; and L, in series are equivalent to one inductor. Two capacitors Cy, C;
in parallel are equivalent to one capacitor. Then, the number of energy-storing elements becomes
the equivalent inductor, equivalent capacitor, and Cs, a total of three. No inductive node and no
capacitive loop exist. Therefore, the order is 3

Fig. 4.14 The inductors L L

form an inductive node (the 1 2

node that only inductors are

connected to). The order of

the circuit is 3 energy-

storing elements — L

1 inductive node — 3 R
0 capacitive loop = 2. The
order is 2

Fig. 4.15 Inductors form an L L
inductive node; capacitors ! 2 C
form a capacitive loop. The |

order of the circuit is |

6 energy storing elements—
1 inductive node —1 L., c C R
capacitive loop = 4

— N
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TT T

Fig. 4.16 Two capacitors C, C, in parallel are equivalent to one capacitor. The inductors form an
inductive node; the equivalent capacitor and the other two form a capacitive loop. Therefore, the
order of the circuit is 6 energy-storing elements (C,, C, are equivalent to one capacitor) —
1 inductive node — 1 capacitive loop = 4

L

Fig. 4.17 RL is a first-order circuit. The initial condition is obtained by charging the inductor with
an external source and then disconnecting the source at a desired time

1. First is when the circuit is driven by its initial charge of energy-storing elements.
The circuit response is identified as the voltage and/or current profiles. The
response that is generated as a result of initial charges is called natural response.

2. The second is when the response is generated as a result of an external source.
The response is call a forced response, and depending on the type of the source
applied, the name is adapted too, e.g., a step function source generates the step
response, an impulse source generates the impulse response, and a sinusoidal
source generates the steady-state sinusoidal response (when the transients are
damped).

Natural Response: RL Circuits

Consider a series connection of a charged inductor and a resistor as shown in
Fig. 4.17. The initial charge of the inductor I is the current of the inductor at the
moment of switching. To create the initial conditions, the inductor can be connected
to a current source to establish the current I;. The objective is to find the inductor
current before and after the switching.

The inductor intends to keep the current constant even after the switching.
Therefore, the current direction is the same both before and after the switching.
However, the inductor must change its polarity to feed the current the same direction
when being discharged. Therefore, the polarity of inductor before and after the
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Before Switching After Switching

Fig. 4.18 The circuit schematics before switching and after switching are shown. Before switching
the inductor is fully charged. It becomes a short circuit. Once the source is disconnected, the
inductor is discharged, and the current drops through the resistor. From the before switching
circuit Topology, the initial conditions are obtained. From the after switching circuit topology,
the time constant and the final value of the circuit parameters are obtained

switching event changes. Knowing this effect, the circuit must be analyzed in two
events, before switching and after switching.

Before switching, the switch has been closed for long time, and this provides
enough time for the energy-storing elements to be fully charged. The inductor when
charged with DC current becomes a short circuit. The short circuit across the resistor
takes all the sourced current (in this example). Therefore, the initial current is
obtained.

After switching, the charged inductor is connected to the circuit, and with the
absence of the source, it is discharged to the resistor (Fig. 4.18).

The KVL (considering the polarity change in inductor) can be written as:

-V —Vg=0

Ohm’s law indicates V; = Ldid—(t) and Vi = Ri(t). Therefore:

1

ditt) oo
— T*Rl(t)—o

For simplicity, the time dependency of the current is removed from the equations.

di
—~L——Ri=0
dt !

Solving for i results in:
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. . "di " R .
Taking integral of both sides - = ——dt results in:
to

fo

Ini(t) —Ini(zo) = —g (t—1)

Considering #, = 0 and the initial condition i(#, = 0) = I,.

R t t
lni(t)—lnloz—zt:_%:_;.
a
1 —Inb=In-
na-In nb

Therefore,

Ina = x <> a = ¢*. Therefore:

i(t) = Ipe 5,1 > 0.

This equation requires the initial condition /, which is obtained from the before
switching circuit analysis and the time constant 7 which is obtained from the circuit
of after the switching.

Example 4.2 Consider an RL first-order circuit shown in Fig. 4.19. The switch has
been closed for long time. The switch opens at t = 0" second. Find the current of the
inductor (7).

Solution There is need for the initial conditions and time constant.

Initial condition is obtained from the circuit before switching shown in Fig. 4.20.
The inductor, connected to a 20 A dc source, is charged and becomes a short circuit.
Therefore, it bypasses the 5 Q resistor out of the circuit, letting all the source current
pass through the inductor. Therefore, the current of inductor before switching
reaches 20 A. Since the direction of current i(f) and the initial current /, match, the
initial current is a positive number.

After switching, the circuit becomes a discharging RL circuit. The time constant
from the ports of the inductor is measured to be 7 = % = % =0.02s.
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Fig. 4.19 Circuit of the s{ t=0"

Example 4.2
i(f)
204 100mH

—WWW—

5Q
Fig. 4.20 The circuit
schematic before the
switching event. A fully- 20A w 7 50
charged inductor becomes a 0
short circuit
Fig. 4.21 Circuit schematic 100 N
of Example 4.3 t=0
iL(t)
15V 200mH 7Q

b

Inserting the initial condition and the time constant into the inductor current
template i(f) = Ipe ™+ results in:

i(t) = 20e77% = 20e7" 1 > 0 (A)
The voltage across the resistor is obtained as:
Vi = =5i(1) = =100 (V)

As it can be seen from the voltage, a sudden discharge of inductors generates high
voltages. Of course, this example analyzed one time charge-discharge of the induc-
tor. This process in real-world applications might be repeated periodically, hence,
generating a train of high voltages.

Example 4.3 Consider a RL circuit shown in Fig. 4.21. The switch has been in
closed position for long time. It opens at time ¢ = 0. Find the inductor current i(f)
for positive time.

Solution Inductor current before switching reaches a steady current as shown in
Fig. 4.22. The charged inductor becomes a short circuit bypassing the 7 € resistor.
The initial current forced by the voltage source is measured against the desired
direction of i(¢). Hence, it measures a negative value.
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Fig. 4.22 Circuit before the 100
switching event. A fully-
charged inductor becomes a

1,

short circuit 0

15V 7Q

i(7)

Fig. 4.23 Circuit after the
switching event. The source
is disconnected, and the
inductor current is being 200mH 70

discharged through the
resistor

15
Iy = 0= —-15A

Figure 4.23 shows the circuit after the switching event. The switch opens and
disconnects the source from the RL component. The circuit’s time constant becomes

t
o ~200e-3 3
The current is i(f) = —1.5¢ 7 = —1.5¢""",t>0.
The voltage across the 7 Q resistor becomes:

Vg = 7i(t) = 10.5¢ 73 (V)

Natural Response: RC First-Order Circuit

Consider a circuit with a capacitor as an energy-storing element. A first-order RC
circuit is shown in Fig. 4.24 in which when the switch is closed forms a node
involving a voltage source, a capacitor, and a resistor. The switch isolates the source
from the rest of the circuit. It also allows for charging of the capacitor.

Consider that the switch is closed for a long period of time to fully charge the
capacitor. In reality, a time more than 4 times of the time constant guarantees almost
a full charge. The switch is open at time # = 07 disconnecting the source from the
circuit. The capacitor is now discharged through the resistor. The objective is to
obtain the voltage profile across the capacitor after the switching event. The circuit is
analyzed both in before switching and after switching topologies.
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Fig. 4.24 A first-order RC
circuit with a switching t=0"
event

Fig. 4.25 Before the
switching event

the capacitor is fully charged \ — C R
and becomes an open circuit -1

Fig. 4.26 After the
switching, the source is
disconnected, and the initial
voltage stored in the
capacitor is discharged
through the resistor

Before switching, the circuit is shown in Fig. 4.25. A fully charged capacitor
becomes an open circuit forcing the current to fully pass through the resistor (in this
circuit). The voltage across the capacitor in this case is the voltage of the resistor
(because they are connected in parallel). The initial voltage is, therefore, the source
voltage V.

The charged capacitor tends to keep the voltage at the terminals constant before
and after the switching event. The capacitor accomplishes this task by changing the
current direction. Therefore, the charging current to the terminals of the capacitor can
suddenly change direction to exit the terminal, hence, keeping the voltage constant.

After switching, the source is disconnected, and the resistor drains the capacitor
and converts the stored energy to heat. A KCL at node @ of circuit shown in
Fig. 4.26 results in:

—ic(t) —ig(t) =0

dv(r) (1)

From Ohms’ law, ic(t) = C=~ and Ig == For the simplicity, the time
dependency is omitted.
dv v
dt R
dv  dt
v RC

Taking integral of the equation results in:
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[5=]
P n RC

Therefore:
I |t
Inv(t —
nv(7) to RC | to
Inv(t) — Inv(ty) = —L(t—t )
0) = "Re 0

Considering the initial time as zero ty = 0, v(fo = 0) = Vj, and the time constant,
7= RC,

1 —t
Inv(t) = In Vo= ———t = —.
nv(t) —InVy RC .

Ina—Inb=In2

Therefore,
\%
In ﬁ = —E.
V() T
Ina=x—a=¢e"
V(t) o
Vo

v(t) = Voe 5,1 > 0.

Comparing the results obtained from RL and RC first-order circuits, it can be
concluded that the natural response x(#) of the first-order circuits is obtained by:

x(t) = Xoe 7,1 > 0.

where X, is the initial condition of the parameter x(f) obtained from the before
switching circuit and 7 is the time constant which is obtained from the after switching
circuit.

Example 4.4 In the circuit shown in Fig. 4.27, the switch has been in closed
position for a long period of time. At time r=0" the switch is opened. Find the
voltage v(f) across the capacitor for 7 > 0.

Solution Since the circuit has been connected to the voltage source for a long period
of time, the capacitor is charged through the 50 kQ resistor. However, as the
capacitor is fully charged, it becomes an open circuit letting only the 200 k€ resistor
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+
100v 100uF —— w1 200kQ
Fig. 4.27 Circuit of Example 4.4
Fig. 4.28 After the +
switching event, a charged
capacitor is discharged 8oy —— 100uF 200k

through the resistor

in the circuit. Since the capacitor and 200 kQ resistor are in parallel, they share the
same voltage. Therefore, the initial voltage of the capacitor will be the same the
voltage drop across this resistor. Since these resistors are connected in series, a
voltage divider between the 50 kQ and 200 k€ shows the desired voltage as:

200k
V() = Vz()()k_Q :mlooz SOV

After the switching event, the voltage source and the 50 k€ resistor are discon-
nected from the circuit. The circuit topology is shown in Fig. 4.28.

The time constant is obtained as:
7=RC =200k x 100 p = 200e3 x 100e — 6 = 20000e — 3 = 20s.
The voltage response across the capacitor is obtained by:

v(t) = Voe 5,1 > 0.

V(1) = 80e % = 80e %% t > 0.V

Forced Response of First-Order Circuits

Forced response of circuits is obtained by utilizing external sources which may or
may not include initial charges. The forced response due to a step function is known
as the step response, and a forced response due to an impulse is known as the impulse
response. The circuit may switch between two charged elements, and this may
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introduce a step in the circuit. However, when an input is applied in the circuit the
primary objective is always to find the voltage of capacitors or current of inductors.
From these values, voltages, currents, power, and energy of other elements may be
calculated.

Step Response of RL Circuit

Consider a first-order RL circuit connected to a voltage source through a switch.
Initial condition of the inductor is known as I which is obtained from the circuit
topology before the switching event. The switch changes its position such that the
RL circuit experiences a new driving force other than the initial charge of the
inductor itself. Figure 4.29 shows a switch which is closed at t = 0.

A KVL in the loop can be written as follows:

—Vs+ VL(I) + VR(I) =0

The DC source forces a current through the circuit, and the charging inductor
ultimately becomes a short circuit. However, the purpose of this study is to deter-

mine the inductor current profile variation that starts from initial /, and reaches final
_V
value Iy = 3.
KVL is rewritten as follows:

~Vg +LdiT(;) +Ri(f) =0
Then:
M _ L vs— ki)
di(ty —R[.,. V
=T (-3

Fig. 4.29 An RL circuit is
connected to the source at
time t = 0*. The source and
the switch resemble a step
function applied to the
circuit. The response is the
current of the inductor




Forced Response of First-Order Circuits 109

di(r) _ -R
-5

Integrating both sides from ¢, to ¢ yields:

a
Ina—Inb=In-
na—In nb

Considering t, = 0, and the i(r = 0) = Iyresults in:

LU0 =%) 1
(lh—%) 7

Ina=x<—a=¢e"

Solving for i(f):
. VS VS _t
t) = — Iy —— ot > 0.
i(t) R + ( 0 R) >

Recalling from circuit values, /; = % and the initial condition, the step response
can be obtained from:

i(ty=1Ir+ (lo—1Iy)e 1> 0.

Example 4.5 The switch in the circuit shown in Fig. 4.30 has been in position a for
along time. Attime = 0™, it changes to position 5. Find the current of the inductor i(?).

Solution The circuit in position a is connected to a —16 V voltage source. The
terminals of the source force the current through inductor in opposite direction of the
desired i(r). The initial current is obtained as:
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a
120
| b 8Q
120V 16V
100mH

Fig. 4.31 The circuit 120
schematic after the
switching event

Fig. 4.30 Circuit of
Example 4.5

80
120V —/—
100mH

Iy = —g =-2A.

The reason for this calculation is that the inductor is charged and becomes a
short circuit. Therefore, in position a the circuit has 8 Q resistor and a —16 V
source.

In position b, the circuit is connected to a voltage source of 120V with internal
resistance of 12 Q. The circuit topology in switch position b is shown in Fig. 4.31.
The final/ultimate current of the circuit is obtained when the inductor is fully charged
i.e. short circuit again.

The final value of the current can be obtained as follows:

120

I-:
F~ 1248

= 6A

The inductor in position b is also a short circuit. The only time that the
inductor is not short circuit is the time that the current transient starts from —2 A
to reach 6 A.

In position b the circuit time constant is calculated to be 7 = % =5 ms.

The transient inductor current is therefore obtained as:

i(ty =17+ (I —Iy)e 7t > 0.

i(H) =6+ (—2—6)e %5 =6—8 >0,
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Fig. 4.32 Forced response @ f=0"
of a RC circuit. The current —_—
source is connected to the

RC circuit through the

switch and forms a step in I R

current

Forced Response of First-Order RC Circuit

e

111

v(?)

Consider an RC circuit shown in Fig. 4.32 with a switch to provide an option of
connecting to a source. A sudden switching event introduces a step function into the
system. The response is seen as a current that changes the voltage across the
capacitor. Initial charge of the capacitor V|, experiences a transient and shifts to a

final value of V.

Before the switching event, the capacitor has initial voltage. After the switching
event, the circuit topology configures a node that has voltage v(f). A KCL analysis at

this node @ results in the voltage variation as follows:
KCL ®. ~I+ig(t)+ic(?) = 0.
Considering Ohm’s law results in:
V(1)

dv(t)
] 4+ =

-1 _dv(1)
E(v(t) —RIy) = i

=0

dv(t)  —1
() —RI,) ~ RC™

Integrating both sides from #, to ¢ yields:

z_—l
fv  RC

t

In(v(r) — RI,) .

In(v(r) — RI;) — In(Vo — RI,) = — (¢ — to).
a
Ina—Inb=1In-
na n nb

Considering 7y = 0, and the initial voltage v(t = 0) = V|, results in:
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00 R
Yo —RrlL) ~ ©

Ina=x<—a=¢e"

(v0) = RI) _ .
(Vo — RIS)

Solving for v(#):
v(t) = RI; + (Vo — RI,)e ™%, 1 > 0.

Recalling from circuit values, Vy= Rl and the initial condition, the step response
can be obtained from:

V(l) = Vf + (V() — Vf)eié,t > 0.

Example 4.6 Consider a first-order RC circuit as shown in Fig. 4.33. The switch has
been in position @ for a long time, and at time ¢ = 0, it changes to position @. Find
the voltage v(f) across the capacitor for all time ¢ > 0.

Solution When the switch is in position D, the capacitor is connected to a voltage
source and receives a steady-state voltage equal to the value set by the voltage
divider of 10 kQ and 90 kQ.When the capacitor is charged, it becomes an open
circuit, and since it is connected in parallel to the 10 k€ resistor, they share the same
voltage.

Therefore, the initial voltage is:

10k

Vo= ——
"7 T0k +90k

200=20V

When the switch is in position @ for a long time, the capacitor voltage will reach
another ultimate value set by the circuit connected to the 150 V source. A voltage
divider in this circuit results in the final voltage V). As the source polarity is opposite

90k 10kQ
M—2~N &,

450&_ +
200V 10kQ — V(b 90k 150V

Fig. 4.33 Circuit of Example 4.6
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of the measured voltage across the capacitor, the final voltage becomes
a negative value.

90 k

I T ok 1ok PV =TIV

The time constant of the circuit is obtained from the circuit topology of after
switching. To obtain the time constant across the capacitor, equivalent resistance
across the resistor can be used. From the circuit, two resistors of 10 kQ and 90 kQ
are connected in parallel when the —150 V source is removed. Therefore, the time
constant is:

7 = ReqC = (10 k|90 k)450 p = 4.05 ms
The circuit response if therefore obtained as follows:
v(t) =V + (Vo —Vy)ert > 0.
Replacing the calculated values, results in:

V(1) = =135 4 (20 — (—135))e 73,1 > 0.
v(t) = —135 + 15524 ¢t > 0.

The circuit time constant is always obtained from the equivalent resistance across
the terminals of the capacitor or the terminals of inductor.

Second-Order Circuits

Second-order circuits have equivalent of two energy-storing elements. As intro-
duced earlier, the circuit elements have the relations of their voltage and current
defined as either a linear function v = Ri in resistors or differential or integral
equations as v = L4 and i =} [vds in inductors and i = C% and v ={ [idt in
capacitors. One objective was to analyze circuits and find the voltage of capacitors
and current of inductors. From this analysis, other parameters can be identified. To
analyze higher-order circuits, KVL for each loop and/or KCL for each node may be
written to form differential equations based on the desired parameter v(f) or i(%).

Accordingly, circuits can be analyzed and parameters can be identified. However,
two typical RLC circuits where all elements are connected in series or parallel are of
more interest because of the properties they show. Another analysis can be obtained
by considering the initial charges of the elements or by analyzing the effect of an
external source.
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Fig. 4.34 Parallel

connection of RLC elements.
The initial conditions induce +
a voltage across the B V(t
elements. The response of cC L R (©)
interest is the v()

Natural Response of RLC Parallel Circuits

Consider a circuit consisting of a resistor, an equivalent inductor, and an equivalent
capacitor connected in parallel as shown in Fig. 4.34.

The inductor has an initial current I, and the capacitor has an initial voltage V.
There is an interest in finding the voltage across the terminals, v(f). Since there is no
external source and the voltage response is generated purely from the effect of initial
charges, the voltage response is called natural response.

Parallel connection of these elements forms a node that has voltage v(f). There-
fore, at this node, the balance of currents must hold. KCL results in:

iR(t) + iL(t) + ic(l) =0

These currents leave the node because they are through passive elements and
should naturally drain the current out of the node. To find the voltage at the
terminals, each of these currents must be written in terms of v(f). Therefore, replacing
the equations, term by term, results in:

%%/vu)dmcd%”:o

An integrodifferential equation has been obtained based on variable v(f). To solve
this equation for v(f), one time differential must be taken from the equation to
convert the entire equation to a differential equation. This is one time differential
because there exists one time integral in the equation. Taking differential from the
equation results in a second order differential equations as follows:

%(%Jr%/v(t)dwrcd%(tt):o)

Lav(t) 1 d*v(t)
Rar W

=0

Sorting the equation based on the order of derivative results in:
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d*v(r)  ldv(r) 1
di R dt L

v(t) =0

Dividing by the coefficient of the highest-order differential term C "Zdj@ (in this
Eq. C) results in a monic polynomial. Making the polynomial monic results in:

av(t) 1 av(t) 1

— — () =0
a2 tre ar Te'V

The circuit has resulted in a second-order differential equation, which was
expected, because the circuit was a second-order circuit. A general solution of this
linear second-order differential equation contains terms v(r) = e*’ with two values for
the 1. (Likewise, in a third-order circuit, it is expected to have three values for 1).
Replacing this general solution in the equation helps finding the two values for 1 as
follows:

() 1de) 1,
az "k ar et 7O

Replacing the derlvatlvesd( ) = = A and—~ ( )= = )%¢* in the equation results in:

1
lzeit‘F ;Lgit_FE :0

Factoring the exponential term ¢ out results in:

1
(2 Ly =0
e( rc* Ve

Since A has physical limitations and cannot reach —oo, then ¢* # 0. Therefore, in
a parallel RLC circuit:

1
22 —/1 — =0
+ 7

This is also called the characteristics equation.

The roots of the characteristics equation 1, and 4, determine the v(f) response.
Consider:

~2RC

and
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where a is the damping factor and wg (@) is the resonant frequency. Therefore, the

S

characteristics equation can be written as:
22+ 2ak + wjy = 0.

This quadratic equation has two roots as 4; and 4,. These roots are obtained as
follows:

—2a+ 4/ (2a)* — 4w}
Mo = 7 =—at/a> —w}

The value of (a2 — w%) might be positive, zero, or negative. In each case, the
value of the roots changes which ultimately changes the v(f) response.

(@) If a* — w% > 0, there are two distinct real roots as 4| = —a + /a? — a)% and

Jo = —a — y/a* — w?. The response is overdamped and becomes:

v(t) = Aje" + Aye™!
Initial conditions must be used to find A; and A,. Since two parameters are
required to be determined, two equations must be formed.

Considering the initial voltage of the capacitor, one of the equations can be found
as follows:

v(it=0)=A+A, =V,.
Also evaluating the KCL ix(£)+i,(f)+ic(f) = O at time ¢ = O results in:
iR(l = O) + iL(l = O) + ic(l = 0) =0

Since the initial voltage of the capacitor and initial current of the inductor are
known, this results in:

Vo dv(O)
Dy ly+C—2=0
R + 1o+ d

This equation can be used to determine the second condition as:
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dV(O) -1 Vo
=— (= +1
dt C (R + 0)

Therefore, the derivative of the v(7) at time ¢ = O must hold. Therefore:

dv(t = ()) d(Alelll + A28/121>

_ _ i Jat
dr dr t=0 = (A" + Azdoe™) r=0

=Aih +A2h

Hence, the second equation is
-1 /Vy
A + A =— | —+1
141 + A4z C <R + 0)
Ajand A, can be found.
®) If ot — a)g = 0, there are two equal real roots 4, = 1, = — a. The response is

critically damped and becomes:

v(t) = Bite™™ + Bye ™™

Initial conditions must be used to find B; and B,. Since two parameters are
required to be determined, two equations must be formed as well.
First equation is formed from the initial voltage of the capacitor as follows:

Writing a KCL at time ¢ = 0 results in:
iR(l = 0) + iL(t = O) + ic(l = 0) =0

Since the initial voltage of the capacitor and initial current of the inductor are
known, this results in:

V() dv(O)
——+Ih+C
R + 1o + dt

=0

This equation provides the second condition as:

dv(0)  —1(Vq
ar —7<7+’°)

Derivative of the v(¢) at time t = 0 must hold. Therefore:
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dv(t=0) d(Bite ™ + Bye™™)

dt dt

t=0

= (—aBll‘e‘im + Bleim — ()!Bgeim) : =By —aB,

=0

Math Reminder: “0050) — D0 f, (1) 4 f, (1) 311,
Therefore:

—1/V,
Bl—(ZBz:V()—aBz:? ?-1-10

B =t (vo(1+-1)+ 0
27\ RC) " C

() Ifa® — a)é < 0, there are two complex conjugate roots. Considering the damping

frequency @, as @) =wj—a’, then —(wj—a’)=—wj>0. There-
fore, A, = — a+jwy, 1, = — a — jw,. The response is underdamped and becomes:

v(t) = Crelmatwal 4 ¢, el-amjoat
Expanding the exponential functions, the response becomes:
v(t) = e ¥ (Cy cos (wat) + Cy sin (wgyt))
Initial conditions must be used to find C; and C,. Since two parameters are

required to be determined, two equations must be formed as well.
First equation is formed from the initial voltage of the capacitor as follows:

Writing a KCL at time ¢ = 0 results in:
ig(t = O) + iL(l‘ =0)+ ic(l = 0) =0

Since the initial voltage of the capacitor and current of the inductor are known,
this results in:

Yoy gyt c®0)

-0
R 0 dt
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This equation provides the second condition as:

dv(0) —1(V;
= (Lo
d ~ C (R * 0)

Derivative of the v(¢) at time ¢t = 0 must hold. Therefore:

dv(t=10) de ¥(C;cos(wyt) + Cysin (wgt))

dt dt

t=0

dv(t) = ( —ae ™ (Clcos (wqt) + Casin (a)dt)) +e o ( — Craygsin (04t) + Crwgcos (a)ﬂ)))
dr
t=0
=—-Cia+ Crwy
Therefore:

—-1/V
—Cl(l+ Cza)d = F (%+10>

Ciand C, can be found.

Summary of RLC Parallel Circuit

Note 4.1 In summary, the values of R, L, and C will determine a and @. The sign of

a* — a)g determines the type of response.

Note 4.2 The response in Overdamped circuits indicates that the raise of output
voltage has a slow growth and has been damped so much that the oscillations are
eliminated.

Note 4.3 The response in Critically damped circuits is the limit of damping at which
the system response starts to oscillate by epsilon decrement of damping factor with
respect to the resonant frequency i.e. first signs of oscillations are about to start.

Note 4.4 The response in Underdamped circuits starts to show the damped oscilla-
tions. The sign of oscillations in an underdamped circuit is the existence of
the first peak.
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o — @} >0 |Overdamped | v(r) = Ajeh! + Aye™!
A+A, =V
Ady + Ak =2 (B +1o)

o — @} =0 | Critically v(f) = Byte” “+Be ™
damped B, =V,
By =L (Vo(1 4 50) +4)

o — wé < 0 | Underdamped | v(#) = e *(C; cos (wqt)+

C, sin (wgt))
—Cra+ Cowg =2 (Y2 +Io)

Example 4.7 Consider an RLC circuit in parallel as shown in Fig. 4.34. At
R=125Q,L=10mH, and C = 1 pF, find the voltage response v(¢) if the initial
charge of capacitor is Vy = 150 V and the initial current of the inductor I, = 4 A.

Solution In a parallel RLC circuit, the voltage response can be obtained using the
characteristics equation 4> + R—ICA + & = 0. Considering the circuit element values,
the characteristics equation becomes:

| 1
2 _
A +25x1e—6’1+10mx1e—6_0
1 1
= = :2
=3RC IxBxle_g 000
1 1

o 10,000 rad/s

TVIC Vi0e—3xle—6

These values indicate that o> — a)(z) > 0; therefore the system is overdamped.
The response according to the table becomes:

v(t) = AjeM 4 Aye™!



Second-Order Circuits 121

where M2 = —a=£+/a> — wf = —20000 £ V20000 — 10000* = —20000
+17320.5 = —2679.5 rad/s & — 37320.5 rad/s.
To find the constants A; and A,, the following equations can be used:

A +Ay=Vy, — A +A; =150

—1 [V, —1 150
Ald + A =— | —+1 —2679.5A; — 3732054, = — (—+4
141 +Axdy C<R+o>—> 9.54, 2 16—6(25+>
= —10e6
This results in A; = — 127.07 V and A, = 277.072 V. Hence,

V(1) = —127.07¢7 2795 4 277.072¢ 3732051 (V)

Example 4.8 Consider the previous example when the resistor is adjusted to
R = 100 Q. Find the damping coefficient and resonant frequency and the voltage
response V().

Solution In a parallel RLC circuit, the voltage response can be obtained using the
characteristics equation A% + R—lczl + % = 0. Considering the circuit element values,
the characteristics equation becomes:

1 1
22 2 =0
T10x1e—6"  10mxle—6

1 |
“TORC T 2x100x1e—6
1 1

TVIC Vi0e—3xle—6

These values indicate that o® — w% < 0; therefore, the system is underdamped.
This means the response would oscillate and the amplitudes of oscillations are
damped.

The damping frequency ’ = w? — & can be obtained as w3 = 10000* — 50007
and w,; = 8660.2 rad/s.

The response according to the table becomes:

= 5,000

o 10,000 rad/s

v(t) = e~*(Cy cos (wqt) + Cy sin (wqat))
v(t) = ¢ % (C, cos (8660.21) + C sin (8660.27))
Ci=Vo=150V
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-1 /Vy
—Cla+ Crwg = — [ —+1,
1a+ Chwy C (R + 0)

-1 /150
—150 x 5000 66002 =—|—+4
50 x5 + C,860 1e—6<100+ >
C, =-721.69V

Therefore the answer is:

v(t) = e (150 cos (8660.21) — 721.69 sin (8660.2t)) (V)

Example 4.9 In the previous example, consider an unknown resistance value.
Adjust the resistance to obtain a critically damped circuit, and using the initial
conditions, find the system response.

2
Solution To have a critical damping a* — w(z, = 0. Therefore, (ﬁ)z = (\/%)

1 2 1 2
(2R><1e—6> B <\/10@—3><le—6)
1

2Rx le—6
In critical damping a = wo = 10000 rad/s

= 10000 — R =50 Q

v(t) = Bite™™ + Bye ™™
V(f) = Bite™ 100001 4 B, 100001
By =Vo=150V

By=—(Vyl 1+— — |=—(150(1 =70.015V
2 a( °< +RC)+C> 10000( ( +50x1e6>+1e6>

v(t) = 150t %% 4 70.015¢ %% (V)

Example 4.10 Consider the RLC parallel circuit in the past three examples. Know-
ing the voltage response v(f) find the current of each element in case where
R=25Q, R=100£, R =500 Q.

Solution Ohm’s law should be imposed.
The current of resistors are:

. _ —2679.51 —37320.5¢
When R = 25 Q, over-damp i(¢) = % = —127.07 FATL 072 A

When R = 100 Q, under-damp i(f) = V) _ 3’5000’(150003(8660.?6)(;721.69sin (8660.20)) 5

R
When R = 500 Q, critically-damp i(r) = "1 = 130 0430015 7% o
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The current of inductor is:

When R = 25 Q, over-damp:

1
iL(t) = 106 =3 / (—127.076’_2679'5t + 277.0728_37320‘5[)dt
—127.07 277.072
— 100 Z2220 679 2T VIS 23732050
(—2697 5¢ T 373205°

iL(t) — (4_716*2679»51‘ _ 0.746737320,51‘)A

When R = 100 Q, under-damp:

1
" 10e —3

= (e (6.202 cos (8660.2¢) — 29.84 sin (8660.2¢))) A

ir(1) / (e7>*(150 cos (8660.2¢) — 721.69 sin (8660.2¢)))dt

When R = 500 Q, critically-damp:

1
"~ 10e—3

i (1) = 6.2021e~ 10000 | 177810000

iL(t)

/ (15021 + 430.015¢ ') d

The current of the capacitor is:

When R = 25 Q, over-damp:

d
ic(t) = (le — 6)E (—127.07e72675 4 277.072¢3732051)

123

ic(t) = (le — 6)(—127.07 x —2679.5¢ 73" 1 277.072 x —37320.5¢*"0")

ic(t) = (0.34e—2679.5z . 10.34e‘3732°‘5’)A

When R = 100 Q, under-damp:



124 4 Circuit Response Analysis

Fig. 4.35 RLC series circuit L

ic(t) = (le — 6)% (e7>"(150 cos (8660.2¢) — 721.69 sin (8660.2¢)))

ic(f) = (1e — 6) (—5000e 59 (150 cos (8660.27) — 721.69 sin (8660.21))
+e 500 (150 x —8660.2 sin (8660.2¢) — 721.69 x 8660.2 cos (8660.21)))

ic(t) = (e72%%(—7 cos (8660.2¢) +2.318 sin (8660.2))) A

When R = 500 Q, critically-damp:

d
ic(t) = (le — 6)E (15021900 1 430.015¢ 1000

ic(t) = (le — 6) (150e "% — 150 x 10000ze~ ' + 430.015 x —10000¢ ')
ic(t) = (le — 6) (150e 1% — 150 x 10000te ™' + 430.015 x —10000¢ ')

ic(t) = (4.3¢710%00 _ 1 57¢710000) A
Natural Response of RLC Series Circuits

Consider a circuit consisting of a loop of R, L, and C where the initial charge of
capacitor is Vy and the initial charge of inductor is Iy. The circuit is shown in
Fig. 4.35. The loop has current i(¢) that drops a voltage across each element.

KVL in this loop indicates:

vr(t) +vi(t) +ve(r) =0

Ohm’s law indicates the voltage drop across each element as follows:

Ri(t)JrLdi(t)Jrl/i(t)dl:O

The KVL equation results in an integrodifferential equation over i(¢). To solve for
current, there is a need to take one time differential from the equation because there
exists single integral in the equation.
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Taking one time differential from the equation results in:

oo 80 fa-o)

dift) , | (o)

R
dt dr?

+Ci(t) =0
Sorting the equation based on the order of derivative results in:

i) | g0 iy~

L
dr? dt

Dividing by the coefficient of the highest-order differential term (in this eq. L)
results in a monic polynomial. Dividing the characteristics equation by L results in:

d’i(t) Rdi(r) 1 i)
2 L dt LC

=0

The circuit has resulted in a second-order differential equation which was
expected because the circuit was second order (two energy-storing elements). A
general solution of this linear second-order differential equation is i(r) = ¢ with two
roots for the variable 4. To find the roots, the general solution needs to be replaced
into the equation which results in:

d*(") Rd(e") 1 i
a L ar e’ =0

Considering the derivatives d( ) - = e and ( ) = )¢ and replacing these in
the differential equation results in:

R 1
/126/1’+Z/16'1[+EL’M:0

Factoring the exponential term out results in:

1
s /1 =0
( + At e

Since 4 has physical limitations and cannot reach —oo, then e* # 0. Therefore,
characteristics equation needs to be zero:
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R, 1
P+=A+—=0
At

The roots of this equation determine templates of i(f) response. Considering:

R
o=—
2L
and
1
2—_
= 1c

where « is the damping factor and wg (rad) is the resonant frequency. Therefore, the

S

characteristics equation can be written as:
224 200+ @] = 0.

This quadratic equation has two roots as 4, and 4,. These roots are obtained as
follows:

—2a+ 4/(2a)* — 4w}
M= 5 =—at/a> -}

The value of (a2 — a)(z)) might be positive, zero, or negative. In each case, the

value of the roots changes which ultimately changes the i(f) response.

(a) If at — a)g > 0, there are two distinct real roots for A = —a + 4/ a? — w% and

Jo = —a — y/a* — w}. The response is overdamped and becomes:

i(t) = Aje"" + Aye™
Initial conditions must be used to find A; and A,. Since two parameters are
required to be determined, two equations must be formed as well.

First equation is formed from the initial current of inductor as follows:

l(fz()) =1
l(l:()) =A|+A, =1,

Writing a KVL at time ¢ = O results in:
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VR(t = 0) + VL(t = 0) + Vc(t = 0) =0
Since the initial voltage and current are known, this results in:

di(0)

RIy+ L
0+ ar

+CVy=0

This equation provides the second condition as:

O vy

Derivative of the i(7) at time ¢ = 0 must hold. Therefore:

di(t=0) d(Ajeh" + Aye™
l( ): ( 1€ o€ ) _ (A]A]elll _"_Azﬂzelzl)

dt dt t=0 t=0
=A1h + A2
Therefore:
-1
Al + Ak, = T(Rlo + Vo)
Ajand A, can be found.
(b) Ifa* — a)(z) = 0, there are two real repeated roots 4 = A, = — a. The response is

critically damped and becomes:

i([) = Bll‘eim + Bzeﬂlt
Initial conditions must be used to find B; and B,. Since two parameters are

required to be determined, two equations must be formed as well.
The first equation is formed from the initial current of inductor as follows:

i(t=0)=B; =I.
Writing a KVL at time ¢ = 0 results in:
vr(t=0)4+v.(t=0)+vc(t=0)=0

Since the initial voltage of the capacitor and current of the inductor are known,
this results in:
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di(0)
dt

RIy+L +CVy=0

This equation provides the second condition as:

di(0) -1
o T(RIO + Vo)

Derivative of i(¢) at time ¢ = 0 must hold. Therefore:

di(t = 0)  d(Bite™ + Bye ™)

dt dt t=0
= (—aBite™™ + Bie ™ — aBye™™) . B| — aBs.
d(f\(0)f>(t)) _ df(1) df,(t)
at = f2(t) +f1(t)7~

Therefore:

-1
By —aB, =1y — aB, = T(RIO -+ V())

1 R\ Vo
By=—(I(1+%)+22
2 2

(c) Ifa* — a)é < 0, there are two complex conjugate roots. Consider a)§ =wy —a,
then —(a)(z) — az) = —wﬁ > 0. Therefore, A, = — a+jwy, 1» = — a — jw,. The
response is underdamped and becomes:

i(t) = Celmatioat ¢, p(—ajma)t
Expanding the exponential functions, the response becomes:
i(t) = e “(Cy cos (wgt) + Cy sin (wgyt))
Initial conditions must be used to find C; and C,. Since two parameters are

required to be determined, two equations must be formed as well.
The first equation is formed from the initial current of inductor as follows:
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Writing a KVL at time ¢ = O results in:

VR(IZO) —‘rVL(l‘:O)—FVC‘(l‘:O) =0

129

Since the initial voltage of the capacitor and current of inductor are known, this

results in:

This equation provides the second condition as:

Derivative of the i(7) at time ¢ = 0 must hold. Therefore:

di(t =0) de “(Ccos(wgt) + Cysin(wyt))

di(0)

RIy+ L
0+ ar

aifo) _

-1
dt L

+CVy=0

(RIo + Vo)

= (—ae "(C cos (wgt) + C; sin (wyt)

+e " (—Cwgsin (wqt) + Crwg cos

dt

= —Cia+ Crowy

Therefore:

—1
—Cia+ Crowy = T(Rlo + V())

Ciand C, can be found.

Summary of RLC Series Circuit

)
@),

o —af >0

Overdamped

i(t) = Ay’ + Aye™!
A+A, =1
Al + A = %(Rlo + Vo)

(continued)
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@ — wg — 0 | Critically i(f) = Byte " +Bye™ ™

damped B =1,
B = (1o(1-+9) +4)

o — @} <0 | Underdamped | i(r) = e *“(Cy cos (wat)+

C, sin (w4t))
Ci=1
—Cia + Cowg =7 (RIy + Vo)

Problems

4.1

4.2

4.3

4.4

Find the voltage across a 10 Q resistor if the current flowing through is:

(@) i) = 10u(®)
(b) i(r) = 10zu(r)

(¢) i(r) = 200 sin (607t+10)
() i(t) = Fu(t)

(e) i(t) = e ' sin 107t
Find the current of a 100 Q resistor if the applied voltage is as follows:

(a) v(f) = 120+/2 sin (1002 + 10)

®) v(®) = u(@®)+ut — 2) — 2u(t — 3)

() v(t) = 10tu(t) — 20(t — Du(t — 1)+10(t — 3)u(t — 3)
(d) v(t) = e sin 1007t

(e) v(1) = 100te""u(r)

Find the voltage induced across a L = 100 mH inductor when the current is:

(a) i(r) = 10u(r)
(b) i(r) = 10zu(r)

(¢) i(f) = 200 sin (6077+10)
d) i(9) = u®)

(e) i(r) = e ¥ sin 107t

Find the current through a L = 100 mH inductor if the voltage applied across
it is:

(a) v(t) = 120+/2sin (100zt + 10)

() V(1) = u(t)+u(t — 2) — 2u(t — 3)

(©) v(t) = 10tu(r) — 20(t — Du(® — 1)+10( — 3u(t — 3)
(d) v(f) = e " sin 100zt

(e) v(#) = 100te ™" "u(r)
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4.5 Find the voltage across a C = 100 pF capacitor when the current is:

(a) i(t) = 10u(r)

(b) i(r) = 10u(?)

(¢) i(f) = 200 sin (6077+10)
@) i(H) = Pu®

(e) i(t) = e ¥ sin 10zt

4.6 Find the current through a C = 100 pF capacitor if the voltage applied across
it is:
(a) v(r) = 120+/2 sin (100 + 10)
®) v(®) = u(@®)+ut — 2) — 2u(t — 3)
(©) v(®) = 10tu(r) — 20(t — Du(t — 1)+10(t — 3)u(t — 3)
(d) v(t) = e sin 100zt
(e) v(t) = 100te™ " u(r)

4.7 The switch has been closed for long time. At time ¢ = 0, it is opened. Find v

(), i).

t=0
i(t)

+

10A 200 1mH v(t)

4.8 The switch has been closed for long time. At time ¢ = 07, it is opened. Find v

), i().

t=0
150 i(t)

+

10A 200 1mH v(t)
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4.9 The switch has been closed for long time. At time £ = 07, it is opened. Find v
(0, ).
+

t=0
150 i(t)

+

200 =T 1uF w(t)

10A

4.10 The switch has been closed for long time. At time ¢ = 0" it is opened. Find v

®, i)

t=
200

0+
it)
50V 150V 1500 100mH

4.11 The switch has been closed for long time. At time ¢ = 0, it is opened. Find v

), i1 (D), icx(D).

+
t=
0 10Q
0_\/\/\/\; - . +
v fci(t)  yics(t)
200V 200 ="~ 20uF ——150uF y(¢)
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4.12 The switch has been closed for long time. At time = 07 it is opened. Find i
(t)’ V](t)’ VZ(t)'

+
t=
; 0 100
10mH vy(t)
+
75vg> 150 i)
20mH v(t)

4.13 Find the characteristics equations, characteristics roots, damping conditions,
and the response in the following circuit.

+
I(t)‘ V0=100V Io=20A

1500 =__ 200uF 310mH v(t)

4.14 Find the characteristics equations, characteristics roots, damping conditions,
and the response in the following circuit.

+
i(t){Vo=150V Ty=0A

100Q = __ 40uF 10mH  v(t)

4.15 Find the characteristics equations, characteristics roots, damping conditions,
and the response in the following circuit.

150Q 10mH 200uF

Io=20A V0=100V

i(t)
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4.16 Characteristics roots of a parallel RLC circuit are 4, , = —1000 % j5000 %.
Find the system’s natural voltage response, if the initial conditions are
Ip= —25A, V=150 V.

4.17 Characteristics roots of a parallel RLC circuit are
A =—10004, 7, = —5000 2. Find the system voltage response if the
circuit has initial conditions as Vo = 100 V, 4y(0%) = —12000 Y.

4.18 Characteristics roots of a series RLC circuit are 4;, = —1000 = j15000 %.
Find the system current response, if the initial conditions are Iy = — 250 A,
Vo= —200V.

4.19 The response of a parallel RLC circuit recorded from the oscilloscope is as
follows. Find the characteristics roots and characteristics equations.

0 0.2 0.4 0.6 0.8 1

Time (sec)

4.20 Natural responses of some RLC circuits are as follows. Find the characteristics
roots, characteristics equations, and initial conditions of the circuit.

() i(t) = 150e 2% cos 1000z

(b) v(t) = 100e 2% sin (300007+30)
(c) i(t) = 200e %4 150e 12

(d) v(t) = 20072027420 200"

4.21 Design an RLC series circuit such that the natural current response becomes:

i(f) = 100e'%% cos 750t A

Select the values of R, L, and C and the initial conditions that result in the desired
response.

Note that here might be multiple solutions for this design. Therefore, select the
range to be no smaller than mH,pF in the inductor and capacitor.
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Steady-State Sinusoidal Circuit Analysis s

Introduction

Sinusoidal waveforms as explained in Chap. 3 have an amplitude r, a frequency o,
and a phase shift or phase angle ¢ and are expressed as:

f(t) = r sin (ot + 0)

The same function can be presented as a phasor. The phasor conveys important
information regarding a signal, its amplitude and phase angle, considering that the
frequency throughout the operation is fixed. The amplitude and phase information
resemble polar coordinates. A polar coordinate can be transformed into rectangle
coordinates as well. This reciprocal transform can be achieved as follows:

* R—P. Consider a complex value a+jb in rectangle coordinates of real and

imaginary. This value in polar coordinate has an amplitude of r = \/a? + b*
and an angle of § = tan ' 2

e P—R. Consider a number r £ 0 in polar coordinates. This number in rectangle
coordinates has a real axis value of a = r cos 6 and an imaginary value of
b =rsin 0.

r£60 < rcosf + jrsin @
rcos @ + jrsinf < re’’

r 20 « rel?

The conversion of the rectangle and polar coordinates is shown in Fig. 5.1.

Example 5.1 Consider a sinusoidal voltage source v(¢f) = 169.7 sin (377¢ + 30)
being connected to a circuit. This means that the source voltage alternates from
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Fig. 5.1 The polar Imaginary Axis A
coordinate of r £ Ocan be
projected on the earl and 26
imaginary axes to identify L
the real and imaginary
values in a rectangular rsin(0) T
coordinate P ;
T : >
\ ) Real Axis
rcos(6)

+169.7 to —169.7 V each half cycle. The angular frequency 377 (rad/s) translates
into f(Hz) = % =377 = 60 Hz. This means that the period of the waveform is

T = ]% = % = 16.6 ms. Each half cycle is 8.3 ms. In a polar coordinate, the voltage
will have an amplitude and a phase as 169.7 ~ 30 .
Example 5.2 Express the function v(f) = 169.7 sin (377t+30) in phasor.

Solution The polar coordinate is 169.7 « 30.Therefore, the phasor becomes
169.7¢7.

Example 5.3 Find the phasor expression of the following numbers:

(a) 10+j10
(b) 24 V3

Solution

(a)

1 .
10 +j10 < \/10% 4+ 10? £ tan *% = /200245 < /200e/

(b)
3 .
24 V3 22 V3 Ztan ! g =/7250.76 « /7¢7°7°

How to Use Phasor in Circuit Analysis

An electric circuit might be excited by a variety of waveforms. The representation of
quantities in phasor is useful in that it preserves the frequency information, and it can
be independent of the time and the trigonometric functions. The circuit quantities are
either voltage, current, or impedance values that all can be expressed in phasor.
Among all, impedance of components once excited by a sinusoidal waveform might
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Fig. 5.2 Resistive- R L

Inductive-Capacitive or
RLC circuit with all
components connected in

series

be frequency dependent. Therefore, there are some steps to analyze the circuit
response (i.e., the voltage drops and current flows) under sinusoidal excitations.

The first step is to determine the stage of the response. This means determining
whether the response has reached a stable operation or its amplitude is changing due
to the nature of the circuit. The response stages are discussed in details in the next
section.

The second step is to identify the equivalent of circuit elements and their
impedance when a sinusoidal source at the frequency @ = 2xf is utilized. This is
explained in details in this chapter.

The third step is to use the circuit analysis laws such as KVL and KCL, etc. to
calculate the circuit values. Several examples are provided in this chapter to show the
circuit analysis under sinusoidal excitation.

Circuit Response Stages

Consider an RLC circuit consisting of a sinusoidal source and a switch to connect the
circuit to the source at a desired time (Fig. 5.2).

The circuit is considered to have no initial condition, meaning that the capacitors
and inductors are fully discharged. The switch is closed at ¢ = 0" connecting the
source to the circuit. The voltage source characteristics suggest that potentially an
unlimited amount of current is available to fill the capacitors and inductors while
maintaining the voltage. The current i(¢) is therefore influenced by the circuit
topology and the switching angle that represents the voltage amplitude. In general
and depending on the switching time, colliding with the instantaneous amplitude of
the sinusoidal waveform, the current response can be divided into three periods:

* First 1-3 cycles show the sub-transient response.
* The next 1015 cycles show the transient response.
* Once the amplitude settles to a fixed peak value, the steady-state response starts.

Please note that the frequency of the waveform is fixed during the sub-transient,
transient, and steady-state responses. However, only their amplitude is different due
to the nature of the circuit components. Figure 5.3 shows sub-transient, transient, and
steady-state parts of the current response.
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140

Sub-Transient

120 -

100

T
—
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Fig. 5.3 A transient response to a sinusoidal excitation. Three main stages may exist as sub-
transient, transient, and steady state

i(t) R(Q) teady stat R(Q)
steady state
equivalent

Fig. 5.4 Equivalent of a pure resistor when excited by a sinusoidal source at frequency @ remains a
resistor with the same resistance value

+ v(t) -

This chapter analyzes the system response in steady state, where all the switching
transient responses are already damped and a fixed amplitude of voltage and current
is reached. Under this condition, the equivalents of resistors, inductors, and capac-
itors are calculated.

Resistors in Steady State

Consider a voltage source v(f) = V,, sin (wt+0) at peak value of V,, and angular
frequency of w (rad/s) is applied across a resistor. The current is obtained according
to Ohm’s law as follows (Fig. 5.4):

v(t) = Ri(r)

and
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i(t) = %

With the given sinusoidal voltage source, the current becomes:

:M:—sm(a}t—k@)=1m51n(0’t+9)'

i(1) R R

where [, is the current. The current in phasor form 7 can also be obtained as follows:

V. Vus0 Vo,
[=—= =" ,0=1,/6.
R R R

As it can be seen from the voltage and current phasors, resistors cannot change the
phase of the current. Both voltage and current had phase angle of € but showed
different amplitudes. A resistor scales the current according to the amount of its
resistance. Therefore, a resistor under steady-state condition shows a pure resistive
impedance with zero degrees phase shift from voltage to current.

Power Factor of Resistive Circuits

—

Power factor is defined as the cos (v,i) cos of the phase shift between voltage and
current passing through the circuit. Therefore, the power factor can be 0 < PF < 1,
where 1 shows a pure resistive circuit and 0 shows a pure inductive or capacitive
circuit. Since the phase shift in current with respect to voltage (reference) is
zero (Fig. 5.5), the power factor (PF) of a resistive circuit is 1. PF = cos (0) = 1.

Fig. 5.5 The voltage and Typical Voltage and Current of a Resistor
current waveforms in a pure
resistive circuit. The zero
crossings are the same for
both the voltage and the
current. This means, they are

Current
Voltage

inphase. Only their 0
amplitudes are scaled by the

value of the resistance as 51
V=RI
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Inductors in Steady State
The relation of voltage and current in an inductor is determined by v(f) = LdiT(t’).

Considering a sinusoidal current through an inductor under steady-state condition as
i(H) = I, sin (wt+0), the voltage drop across the inductor is obtained as follows:

di(t d(1,, si t+0
v(t) =L ;(I)ZL ( smd(;o i ))zLIma)cos(a)t—l—H)

= Lol sin (ot + 0 +90') = Lol £ (6 + 90')

This shows that the current is lagging the voltage by 90 . This phase shift is
shown by a j factor in Fig. 5.6 and is presented in the following equalities.

V = LLwe/ ") = L1wee™ = joL(I,e") = joL(Ie?) = joL(l,, 20)

According to these equations, inductors impede the flow of current in the
presence of sinusoidal (time-varying) waveform excitations. The impedance of an
inductor at inductance L (H) operating at angular frequency of w (rad/s) is jwL
measured in (). Phasor representation of Ohm’s law for an inductor under steady-
state sinusoidal condition is as follows:

V = joLl = X1

It can be concluded that an inductor L (H) in steady-state sinusoidal shows a
reactance of X; = joL () (Fig. 5.7).

Fig. 5.6 In a pure inductive Typical Voltage and Current of an Inductor
circuit, the voltage and - r r . . .
current are 90 apart. This
means that the peak of one
occurs at the zero of the
other. Since the current is
lagging the voltage and 0
considering voltage as a

reference, the current occurs

with a time delay equal to 5t
tdc]ay = %T S

Current
Voltage

_ L(H) joL(Q)
m ;_(n’mq_
+ v(t) - + VvV -

Fig. 5.7 Equivalent of an inductor with inductance L (H) when excited by a sinusoidal source at
frequency @ becomes an inductor with impedance jowL measured in (Q)
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Note 5.1 The inductance L is measured in Henrys (H), but jwL is measured in
Ohms (Q).

Power Factor of Inductive Circuits

Since the phase shift of current with respect to voltage is 90, the power factor
becomes zero as PF = cos 90 = 0. It can be concluded that a pure inductive circuit
has power factor equal to zero.

Capacitors in Steady-State Sinusoidal

The relation of voltage and current in a capacitor is determined by v(1) = & [ i(¢)dr.
Considering a sinusoidal current through the capacitor under steady-state condition
as i(r) = I, sin (wt+6), the voltage drop across the capacitor is obtained as follows:

W) = % / i()di = % / (I sin (0t + 0))di = ;—’g cos (i + 0)

I . o 1, o
:Rsm(a)t+9790):ﬁé(6790)

This shows that the current is leading the voltage by 90 . This phase shift is shown
by a —j factor as shown in Fig. 5.8 and is presented in the following equalities.

I i(ga00° Lo 0 _op 1 . 1 4 1

Vo= g (04907) T pi0,=i0" i T (] o) = — (I,,¢7) = —— (1, 20
wC wC Joye Une”) ij( ne”) Gwc 0
Fig. 5.8 In a pure Typical Voltage and Current of a Capacitor

capacitive circuit, the

voltage and current are

90" apart. This means that 5
the peak of one

waveform occurs at the zero

of the other waveform. 0
Since the current is leading

the voltage and considering

voltage as a reference, the 5
current occurs with a time

ahead of the voltage equal to

Head = %T N

Current

Voltage
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CF) — (@)
l%' Ie]i,l)cl_
+ v - + v -

Fig. 5.9 Equivalent of a capacitor with capacitance C (F) when excited by a sinusoidal source at

frequency @ becomes a capacitor with impedance j"% measured in (£2)

According to these equations, capacitor impedes the flow of current in the presence

of sinusoidal (periodic) waveform excitations. The impedance of a capacitor at
1

capacitance C (F) operating at angular frequency of @ (rad/s) is ot measured in

(€2). Phasor representation of Ohm’s law for a capacitor under steady-state sinusoidal
condition is as follows:

1
V=—
joC
It can be concluded that a capacitor C (F) in steady-state sinusoidal has a
reactance of X¢ = ,a+c (Q) (Fig. 5.9).

Power Factor of Capacitive Circuits

Since the phase shift in current with respect to the voltage is —90°, the power factor
PF = cos (— 90 )= 0. It can be concluded that a pure capacitive circuit has PF = 0.

Resistive-Inductive Circuits

Consider a series connection of an inductor L (H) and a resistor R(€2) to a voltage
source v(f) = V,, sin (wf) Fig. 5.10. This circuit operating at frequency @ shows total
impedance of R(Q) in the resistor and jwL (£2) in the inductor. Total ohmic value of
impedance z(jw) in this series circuit is the summation of both elements (because of
series connection) as follows:

72(jo) = R+ joL = R + jX; (Q)
Impedance of this circuit has a real part known as resistance R and an imaginary

part known as reactance X;. In polar coordinates, the impedance of this circuit can
be written as:



Resistive-Inductive Circuits 143

Fig. 5.10 A resistive- L(H)
inductive RL circuit excited 10

by external sinusoidal
source V(t)

w(t) =V, sin(wr)

R(Q)

X
Z= Rz-i—XfA(tan" %‘) =z/¢

where ¢ is the phase angle of the impedance, which determines the amount of phase
shift in current with respect to voltage. This phase is a positive value because the
values of resistance and reactance observed from an inductor are positive. As the
phase angle is positive for an RL circuit, the circuit generates a lag type of behavior.
This means that the current lags the voltage, when the voltage is set as a reference.
Ohm’s law indicates that the voltage drop across the impedance Z = z £ ¢ when
current [ = I,, £ 0 is passing through the impedance can be calculated as V = ZI.
This can be expanded using the phasor as follows:

V=2ZI=z£pl,,20 = 2l ,, Z( + 6)

Therefore, the current knowing the voltage of the source can be obtained by
dividing the voltage over the impedance as follows:

1=2
V4
Considering the the phasors values:
Vim0 V,
1= =—Z—9
ZLQ Z

This current can also be obtained by utilizing the circuit element values, as
follows:

Vin

( B XL)
[=—unon—— / — tan —
VR 4+ X2 R
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Power Factor of Resistive-Inductive Circuits

Consider the circuit of Fig. 5.10. The phase shift in current with respect to voltage is:

Xy
=—|tan 2=
o=-(="%)

Therefore, the power factor of the RL circuit is:

X1
PF = cos [ —tan ' ==
(%)

Since the circuit generates a lagging current, the power factor can be read as PF
— ~1X
= cos (— tan TL) lag.

Power factor can also be obtained from the ratio of resistance over the impedance
amplitude. Therefore:

R R
PF=_ =

Izl /R +X,2

Power factor can also be obtained from the division of the voltage measured
across the resistor over the entire circuit voltage drop as follows:

pF—"k
Vin

The outcome of this discussion is that:

» The phase of current in an RL circuit is a negative value.
* The phase of impedance in an RL circuit is a positive value.
* An RL circuit shows a phase lag in current with respect to voltage.

Example 5.4 A resistive-inductive circuit is excited at the frequency of 60 Hz. The
equivalent resistance is R = 10 Q and the inductance of L = 100 mH. What is the
power factor of the circuit?

Solution

PF:£ R 10 :Q:O.256

2 VR X 100+ (2r60100e —3)° 37
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Vector Analysis of RL Circuits

The impedance z(jw) = R+jX; in rectangle form has a real part R and an imaginary

part X;. The factor j indicates a right-angle (90") rotation from the real axis. These

impedance values show amplitude of unit vectors on the real and the imaginary axis.

In polar coordinates, this impedance shows an amplitude z and a phase ¢. The

impedance in both rectangle and polar coordinates is shown as follows (Fig. 5.10).
This analysis can be expanded to KVL in the loop as follows:

—V+Vr+V,.=0

Note that these voltages are presented as vectors or phasors.

Consider the source voltage V,,, £ 0 as a reference. The current of an RL circuit
has a time delay in reaching peak values respect to the voltage, by angle ¢. Vectors
of voltage and current are shown in Fig. 5.11.

The phase shift between two vectors generates shifted rectangle coordinates on
the current vector. Therefore, to obtain the KVL in the loop, the voltage drop across
the resistor generates an inphase value of Vi = RI with the current and a vector with
90 rotation (perpendicular to the current vector) that demonstrates the voltage drop
across the inductor as V; = jwLI (Fig. 5.12).

Example 5.5 The rms voltage drop measured across elements of a series RL circuit
is Vg =25 V,V; =10 V. Find the power factor of the circuit.

Fig. 5.11 Impedance of a A
series RL circuit is split into
areal part resistance Rand |
an imaginary part reactance \“I*\’
of wL vertical to the X
resistance on the imaginary 1
axis. The facor j also ¥ .
confirms the angle of R

reactance respect to the

resistance

XL=(1)L

Reference

VR VL

Fig. 5.12 Summation of voltage drops in the RL circuit. The voltage drop across the resistor has a
phase shift respect to the reference because of the phase of the current that is passing through the
resistor. The voltage drop across the inductor has 90" phase shift from the vector of the resistor
voltage drop. The factor j in this voltage drop makes the phase shift
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Solution The source voltage is the vector summation of the resistive and inductive
voltages. Considering that the inductive voltage has a j factor, the source voltage is:

Vm - VR +]VL
Vi =25+j10
Therefore:
Ve 25 25

PF =0.928

Since the circuit has inductive effect in it, the power factor becomes
PF = 0.928 lag.

Resistive-Capacitive Circuits

Consider a parallel connection of a capacitor C (F) at reactance of X = wl_c (Q)and a
resistance R(L) to a voltage source v(f) = V,, sin (wt) as shown in Fig. 5.13. This
circuit operating at frequency @ shows total admittance of % (Q’l) from the resistor
and joC (Q ')in capacitor. Total ohmic value of admittance Y(jw) in this parallel
circuit is the summation of both elements as follows (Fig. 5.13):

, 11 o
Y(,w)=E+jX—C=G—JB(Q 9

Using Admittance

Admittance of this circuit has a real part known as conductance G and an imaginary
part known as susceptance B = wC. A transformation to polar coordinates, the
admittance of this circuit can be written as:

Fig. 5.13 A parallel i(?)

resistive-capacitive circuit +

that is excited by a _|_
sinusoidal voltage source v

(). The current i(f) is v(?) R
flowing in the circuit
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2 2 -1 B
Y=vVG +B°Z| tan i Ly

where y is the phase angle of the circuit, which shows a shift in current with respect
to voltage. This phase is a positive value because the value of susceptance observed
from a capacitor is positive. As the phase angle is positive for an RC circuit, the
circuit generates a lead type of behavior. This means that the current leads the
voltage, when the voltage is set as a reference. Ohm’s law indicates that the voltage
drop across the admittance Y=y £ y when current I = I, £ 0 is passing through the
admittance can be calculated as V = § Therefore, the current knowing the voltage of
the source can be obtained by the product of the voltage and the admittance.

I=YV
Note that these values are expressed in phasors.
I=ys2y V20 =yV, 2y

This current can also be obtained utilizing the rectangle coordinate values as
follows:

Vi B
[ =—F+—— /| tan —
G? + B? G

Using Impedance

The current phasor using the impedance values can be obtained as follows:

Z(0) = K] Rz, R R0
) = .—: 1 = " =
JCo Rty 1HjoRC J1 L (wRC)? £ tan—1 (wRC)
R
— 2, tan'(wRC)
1 + (wRC)*
Z(jo) =z£ — ¢

where ¢ is the phase angle of the circuit, which shows a shift in current with respect
to voltage. The phase of a resistive-capacitive circuit is a negative value because the
value of reactance observed from a capacitor is negative, resembling a lead circuit.
Ohm’s law indicates that the voltage drop across the impedance Z =z £ — ¢ when
current I = I, £ 6 is passing through the admittance can be calculated as V = ZI.
Therefore, the current knowing the voltage of the source can be obtained by dividing
the voltage by the impedance:
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Vv
I ==
z

Note that these values are expressed in phasors. Therefore,

Vi 20 \%4

Power Factor of Resistive-Capacitive Circuits

The phase shift in current with respect to voltage is (—tan”'(wRC) ). Therefore, the
power factor of an RC circuit is PF = cos (—tan"'(wRC)). Since the circuit
generates a leading current with respect to the voltage, the power factor can be
read as PF = cos (—tanfl(wRC) ) lead.

The outcome of this discussion is that:

* The phase angle of current in an RC circuit is positive.

* The phase angle of admittance in an RC circuit is positive.

» The phase angle of impedance in an RC circuit is negative.

* An RC circuit shows a phase lead in current with respect to a reference voltage.

Vector Analysis of RC Circuits

The impedance of a RC circuit shown in Fig. 5.14 from the terminals of source is z
(jw) = R — jXc in rectangle form. This has a real part R and an imaginary part —X.
The factor —;j indicates a right angle (—90") rotation from the real axis. In polar
coordinates, this impedance shows an amplitude z and a phase ¢. The impedance in
both rectangle and polar coordinates is shown as follows (Fig. 5.14).

Fig. 5.14 RC circuit R

excited by an external

source. The current also has + _\NV\/_
a sinusoidal form but at a
different phase angle v(t) I 1L
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This analysis can be expanded to KVL written as:
Vi +Vr+Vec=0

Considering the vectors of these voltages, their balance becomes:

Vy=1/Va+(~Ve)

Or:

Vy=4/V:+ V2

Considering the source voltage V,, £ 0 as a reference, the current of a RC circuit
has a time lead in reaching peak values respect to the voltage, by angle —¢. Vectors
of voltage and current are shown in Fig. 5.15.

The phase shift between two vectors generates a shifted rectangle coordinates on
the current vector. Therefore, to obtain the KVL in the loop, the voltage drop across
the resistor generates an inphase value of Vz = RI with the current and a vector
with —90 rotation (perpendicular to the current vector) that demonstrates the voltage

drop across the capacitor as V¢ = —j&l (Fig. 5.16).

Fig. 5.15 The impedance A
of an RC circuit has two
components of R on the
reference axis and a
capacitive component as —

ju+c ,or —jX¢. The equivalent R
impedance is a vector
summation of R and —jX as 2 —P 1

Z=R— jXc N Xe=—3¢C

A 4
v
b
o

Reference

Fig. 5.16 The voltage drop across the resistor and the capacitor is —90  apart. Consider that the
voltage of the resistor and the source is —¢ apart
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Example 5.6 Find the impedance of the circuit shown in Fig. 5.17 at frequency @.

Solution

- o5

]wC1 (]CO +]wC7)

'mICI + (ij +ij2)
z(jw) =R+ el ~ LCa?)
C1C 0)2 (]Cza) LC, C2w2 —l—]a)Cl)

i) — . LC10J2(1 —LC20)2)
<) (R (—LCﬂhw52+(w«l—%Cﬁf)

Z(jw) =

_.( o(Cy + C)(1 — LCy0?) )
]@qgwﬂﬂwq+qv

Example 5.7 Find impedance of the circuit shown in Fig. 5.18 at frequency w.

Fig. 5.17 Circuit of R L
Example 5.6

Z(jo) =

Fig. 5.18 Circuit of
Example 5.7

Z(jo) = ?
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1
Z(]a)) =R + — 1
Rytjol ' Ryt
1
R, —jwL + R3+U+C

) 7 71
R+w’L Rit—
1

Ry—jol | Rs +L
2 2 2
R+’ T R

Z(jw) =R +

Consider:

A =R} + o*L*
1

_ p2
=Rt

Therefore:

1

Ry—jol | Rs i
A B

1

BR,—jBwL+AR;+j2
AB

AB
BR; — jJBwL + ARz + j2=
AB
(BR, + AR3) + j (4 — BwL)

Z(ja)) =R+

Consider:
M = BR, + AR;

N A BwL
=——Bw
oC

Therefore:
AB
M + jN
AB(M —jN)
M?* + N?

Z(]a)) =R+

. ABM . ABN
Z(]w) =R +M2+N2 _]M2+N2
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Fig. 5.19 Circuit of
Example 5.8

Z(jo) =7 L JR

Example 5.8 Find impedance of the circuit shown in Fig. 5.19 at frequency @.

Solution
1
Z(jw) = ———
(o) Y(jw)

1 1 1

Y(jw) =—+ —+
) Ry Ry +joL R3+j0+c

It is recommended that each part of Y(jw) is simplified first and then the real and
imaginary parts separated and determined.

Therefore:

x; is already simplified.

1 .
s becomes:
1 - 1 R, — joL
R, +jwL R, + joL Ry — jwL
Ry —jolL
R+ w??
1 .
&Tj#c becomes:
1 1 Il Rit+jge Ritjie

Rit+de Ri—jle Ra—jR+jle R+

@?C?

As a result, the admittance of the circuit becomes:

, 1 Ry—jwL Ry+jL
Y(jw) = -+ 272 > ic
R1 R2 + w L R3 +(D202
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Z(jo) =

1 R R oC
V(o) = | 7+ St | i +
R2 + a)zLZ RZ R2 w2L2 R2 + w2C2
Z(jw) =

1 —wL o

(R_l + R2+(02L7 + {)2c2> +‘]( 2 +?L? ,C,zcz)
1 —wL

(b st ) it )

2 2
1 —wL wC
(Rl + R2+n2L2 + R2+2—C2) + +m2L2 R2+2—C2>

Steady-State Analysis of Circuits

Circuits operating in steady-state sinusoidal condition show specific impedance that
determines the current of branches and voltage of nodes. To obtain these parameters,
the circuit equivalent in a given angular frequency must be evaluated. Then KVL and
KCL can be used to analyze the circuit. It is important to note that all voltages,
currents, and impedances follow vector and phasor analysis such that pure ohmic
values are inphase with the reference, and the inductive impedance is projected on
positive imaginary, and the capacitive impedance is projected on the negative
imaginary axis.

RLC Series

Consider a series connection of R, L, and C to a voltage source v(f) = V,, sin (ot) as
shown in Fig. 5.20. The impedance of the circuit observed from the source terminals
is measured to be (Fig. 5.20):

1 J 1
jw) =R+jX;, —jXc=R+joL+—=R+joL——=R+j| oL ——
z(jo) JX = jXc jol +-25 JoL == J<w wC)
Vector representation of the impedance is obtained by having R on positive real
axis, wL on the positive imaginary axis because of +j, and # on the negative
imaginary axis because of —j.

Fig. 5.20 An RLC series R L
excited by a sinusoidal
voltage source

V,sin(wt) 1
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The amplitude of impedance is obtained as |z| = \/R® + (X, — X¢)* =
R? + (a)L—i)z, and the phase of impedance is obtained as Zz=¢ =
tan’l—XL;XC.

The impedance of inductor and capacitor cancel each other up to some extent,
depending on their values. If |wL| > |-=|, the circuit becomes more inductive, and if
loL| < |21,

When the overall impedance becomes more inductive, the phase of impedance
becomes a positive value, and when the overall impedance becomes more capacitive,
the phase of impedance becomes negative.

Amplitude of impedance is also influenced by the inductor and capacitor reac-
tance. The impedance value is minimum (pure resistive) when the impedance of
inductor equals the impedance of capacitor or X; = Xc.

the circuit becomes more capacitive.

|Z|min X, =Xc =R

At this point (X; = X¢), the impedance becomes purely resistive. As the imped-
ance value decreases to its minimum value, the circuit current increases to its
maximum value. This operating point at which the energy stored in capacitors and
inductors of the circuit cancel each other is called resonance.

KVL indicates that the summation of voltage drops in a loop is zero. It should be
noted that the voltages in steady-state analysis represent vectors either on the real
axis or on the imaginary axis with positive and negative values.

For instance, the KVL in loop @ is written as follows:

—Vu20+Ve+jVy—jVe=0

VVE + (Vi = Vo) = Vi
Considering the loop current phasor /, the KVL can be written as:
RI + jX. 1 — jXcl = V,, 20

The summation of amplitudes suggests that:

\/ (R + (X I — XcI)? = |V,
Factoring 7 out results in:
1]\ R + (XL = Xc)* = |Val

Therefore, the current amplitude of the loop is obtained from dividing the voltage
by impedance amplitude as:
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Fig. 5.21 Circuit of +V -
Example 5.9

110V

Vi

] =
R+ (X, — X¢)*

The phase of current as explained earlier can be obtained from the circuit as:

= _tan-' L —%Xc

Example 5.9 Find the voltage of inductor and the power factor in the following
circuit.

Solution As Fig. 5.21 shows, the voltage drop on each element is known except for
the inductor. The balance of voltages can be written as:

VVE + (Vi = Vo) = Vi
2 2
70% + (V, — 40)* = 110

(VL —40)* = 110 — 70> = 7200
V. — 40 = 84.85
V,=12485V

Power factor can be obtained from:

Vg 70
F= v 110 =0.63 lag.

The circuit is lag because the voltage drop across the inductor is larger than
the voltage drop across the capacitor. This has resulted from larger inductive
reactance with respect to the capacitive reactance for the same circuit current.
Therefore, X; > X.. The voltage across the inductor can be higher than
the amplitude of voltage source. This may occur as a result of energy exchange
between the inductor and capacitor. The phase delay naturally occurred in capacitor
and inductor causes the capacitor and inductor voltages reach peak value with a time
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delay. Therefore, a simple summation of voltages without considering their phase
angle is not an accurate KVL.

Example 5.10 Considering a series connection of RLC circuit to a voltage source of
v(t) = 167 sin (377t+10)V draws a current as i(f) = 7.07 sin (377t+70)A. Find the
impedance, resistance, and reactance of the circuit. Is this circuit more capacitive or
more inductive? Find the power factor of the circuit.

Solution The voltage and current phasors are obtained as V = 167 £ 10 and
I="7.07 £ 70. Knowing that the impedance is Z = %;

167210

7.07£70 3.6 60

Since the phase of impedance is negative, the circuit is more capacitive. There-
fore, the impedance in rectangle coordinates shows the resistance and reactance as
follows:

Z =38218 — 23.622 — 60 = 23.62 cos (—60) +23.62 sin (—60)

= 11.81 —;20.45 Q

Al e
R —JiXc

The real part of impedance shows the resistance, and the imaginary part shows the
reactance. Since the reactance is negative, the circuit is more capacitive.

Power factor of the circuit is obtained from the ratio of the resistance 11.81 Q over
the impedance amplitude 23.62 Q. PF = 1181 — (0.5 Jead. The circuit is lead because

23.62
it shows more capacitive behavior.

—

Power factor can also be obtained from PF = cos (V,I) = cos (—60) = 0.5.

RLC Parallel

Consider a parallel connection of R, L, and C to a current source i(f) = I, sin (?).
The circuit forms a node that is considered v(¢) volts (Fig. 5.22).

A KCL at node @ can be written as follows:
—i(l)+iR+iL+iC:0
Phasor current values can be replaced in the KCL. This yields:

I 40+V+ v + v
" R joL e =0

Solving for V (phasor representation of voltage) can be found as:
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Fig. 5.22 Parallel RLC

B 288 (1)
circuit excited by a
sinusoidal current source
Isin(wt) R L cC _—

11
V{s+—+joC| =1,
(& )

V: Im — In’l

(k+ 7 +joC) Gt +ieC)
V= 5 L 24<tan1R<wClL>)
VG + (00— 1) ©

Power factor of this circuit is obtained by:

1
PF = cos (taan( — a)C>>
wL

The circuit has maximum voltage when the admittance reaches minimum value.
At this point, the @C — -1 = 0 results in @’CL = 1 or w = \/%_c Power factor at

resonance reaches unity, PF = 1.The maximum voltage can be obtained as V = RI,,,.

Example 5.11 Find the current drawn from the source in the given circuit
(Fig. 5.23).

Solution The source is operating at angular frequency of @ = 3000 rad/s. Therefore,
the ohmic value of inductor becomes jX; = joL = j3000 X % =j1000 Q, and the
ohmic value of capacitor impedance becomes —jX, = — jw_lc =
—j2000 Q.

The circuit is shown in Fig. 5.24.

The current of the source is the division of voltage over the impedance measured
at the terminals of source. This is:

R S
J3000xke—6 —
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1.5kQ 1kQ

MBW

40sin3000t ~ A/epF

Fig. 5.23 Circuit of Example 5.11
1.5kQ 1kQ

4020 101k§ ke

Fig. 5.24 Circuit of Example 5.23 when impedance values are calculated at the frequency of
the source, 3000 rad/s

I— 4020 B 40,0
1500 + j1000]| (1000 — j2000) 0 +leOO x (1000 — j2000)
71000 + (1000 — j2000)

150

B 4020 - 4020
= 71000 % (1000 —j2000) . j1 x (1000 —2000)
1500 1500
(1000 = j1000) T a o
4020 4020 40 20

1500 +

(1 +/1)jT x (1000 —j2000) ~ 2000 + 1500 _ 2500236.87
(1+j1)(1 —j1)
=162(—36.87) mA

Example 5.12 Consider the circuit shown in Fig. 5.25. Using node KCL, find the
voltage of each node.

Solution The circuit has two nodes D and®), at voltage of v;(f)and v,(?),respec-
tively, in time domain and V; and V, as phasors. Node @ involves five elements
including the 1A source which is forcing the current to the node and four passive
elements that drain the current out of the node. Node @ has also five elements
including a 0.5 2« — 90 which is leaving the node. Considering that all currents
leaving the node through passive elements are positive and all currents entering the
node are negative, KCLs for these nodes can be written as follows:



RLC Parallel
j10Q
(1) AR (2)
1£0° A 5 —_ -j10 -5 10 i5
Fig. 5.25 Circuit of Example 5.12
V1 V1 V1 — V2 Vl - V2
KCL®. — 120+ — =
® TS TS50 5 T 0
Vg V2 Vz — V1 Vz - Vl
KCL@). 0524 -90+—=+——= =
2 T s T 5 T 0

Simplifying these equations results in:

(0.2 4j0.2)V; —j0.1V5 = 120

—j0.1Vy + (0.1 = j0.1)V, = —0.52 — 90 = —(—)0.5 = j0.5

Solving for V; and V, results in:

Vi=(1-j2)=224s 634V

Vo= (—2+4j4) =4.472116.6 V

0

0

159

0.5£-90°A

Considering angular frequency of w = 377 rad/s, the time representation of these

voltages becomes:

vi(f) = 2.24sin (377t —63.4) V

vi(f) = 4.47sin (377t + 116.6') V

Example 5.13 Using nodal analysis, find v{(#) and v,(f), knowing the angular

frequency @ = 1000 rad/s.

Solution The circuit has two nodes shown in Fig. 5.26 as @ and 2. Node @D
involves two current sources of 20 and 50 mA, where one leaves the node
(+50 £ — 90 mA) and one enters the node hence (—20 mA). The (50 mA) source
enters the node @ hence becomes a (—50 ~ — 90 mA). The current through each

passive element follows Ohm’s law as I = YV.

KCL® : —20m+ 50m« — 90 + V1j50m + (Vi — V3) x —j25m =0
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Fig. 5.26 Circuit of 50--90 mA
Example 5.13

200 mA
Fig. 5.27 Circuit of 3Q 500uF
Example 5.14 | |
R
10 cos1000t /‘m /I;\

KCL® : —50mz —90+ (Vy — Vi) x —j25m + V,40m = 0
Solving for V; and V, results in:

Vi =1.062,233V — v (t) = 1.062sin (1000¢ + 23.3) V
Va =1.5932—50.0 V — v,(t) = 1.593 sin (1000t — 50) V

Example 5.14 In the given circuit, find the current of each loop (Fig. 5.27).

Solution The voltage source feeds the circuit at a voltage of 10 V and angular
frequency of 1000 rad/s. The 4 mH inductor shows impedance of j4 Q, (joL), and the
500 pF capacitance shows —j2 Q , (1/joC). The current-dependent voltage source
has a dependency on the current in loop ®. Therefore, in writing KVL, it is treated
like an independent voltage source with value as a function of /;as 2/;. The circuit
has two loops with current phasors /; and I, circulating clockwise (the direction
is optional). In each loop, the KVL suggests some voltage drops starting from the
* sign, as follows:

KVL® : 31, +j4(l, — ) — 1020 =0
KVL® : j4(l, —I;) —j2I, + 21, =0

Equations can be simplified into:
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Fig. 5.28 Circuit of
Example 5.15
10.£0° 30 JaQ
10«0° 20£0°
15,90°
Fig. 5.29 Circuit of O
Example 5.16 10
3/50° —— 330
j5
@

(3 +j4); — jal, = 10
(2—jaL +j2I, =0

Solving for /; and Lresults in:

I = 1.24.229.7 A — i1 () = 1.24 cos (3000¢ +29.7) A
I, =2.77256.3 A — ix(t) = 2.77 cos (3000¢ + 56.3) A

Example 5.15 Find /; and I, phasors (Fig. 5.28).
Solution 7, =487 « — 1646 A,and, =7.17 £ — 1449 A.

Example 5.16 Find the voltage across the terminals of current source (Fig. 5.29).

Solution The current source is connected to two impedances of

—j50 Q and

10+j5 Q in parallel. The voltage at the terminals is V = ZI. Therefore:

V =3230 (—j5]|(10 +5))
—j5(10 +j5) > (—j(10+j5)>
V=330 (—2 "0 ) =330 (-0
(—js + (10 +5) 2
a0 (14 —90 x 121.183426.56>
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1
V=3x11.183 x 54(—30 —90 +26.56) = 16.773 £ — 33.4V

Resonance

Consider a circuit (RLC) that is connected to a variable/adjustable frequency source.
In each half cycle, the capacitors and inductors are charged and in their opposite
cycles will be discharged. There is a phase delay in this charge and discharge
observed in the inductor and capacitor. As the frequency changes, the time delay
in this charge and discharge process changes. This also demonstrates different
amounts of impedance observed from inductors and from capacitors. At a specific
frequency, all inductive effects cancel all capacitive effects, resulting in a pure
resistive circuit.

At resonant, the amount of voltage or current depending on the circuit topology
reach an extreme amount (either maximum or minimum). For instance, it was
observed that the current in a series RLC circuit reached maximum at the resonance
frequency of v = \/% It was also observed that the voltage of a parallel RLC circuit

reached its maximum value at the resonant frequency of w = \/%
To obtain the resonant frequency, a frequency must be identified that makes
imaginary part of the impedance or imaginary part of the reactance zero.

Example 5.17 Find the input impedance of the following circuit, and calculate the
resonant frequency (Fig. 5.30).

Solution The circuit shows a parallel of C and R,in series with R; and L. At
operating frequency of w, the input impedance from the terminal of this circuit is
measured as:

Z(jo) = Ry + joL + : IR
w) = 1) —
1 wC'
In this case, each term is simplified individually. A common denominator does

not help, so it can be avoided. Hence:

Fig. 5.30 Circuit of

Example 5.17 W
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. . ock?
Z(jw) = Ry + joL + L-FRQ
jC

Z(jo) = R, + joL + Ry
W) = 1) —_—
) 1 1 joCR,

, _ 1—jwCR, [ R
Z(jw) = Ry + joL
V) = Ri +jol + =0k (1 +ijR2>

Z(jw) = Ry + joL + (Rz(l _ja)CRZ))

1+ (wCR,)*

R wCRy*
R1+ij+< : i )

1+ (@CR,)* 1+ (0CR,)?

Now, the fractions can be separated into real and imaginary, and each part can be
collected as follows:

) = R ) (o CR
Zjw) = (Rl i +(a)CR2)2> +]w<L 1+(a)CR2)2>

To operate at resonance, the imaginary part of impedance must be zero.
Therefore:

w = o

CR,?
Jjwo L——22 =0
1+ (woCR;)

Solving for wg, and considering wq # 0, yields:

w2, _ ,, =0

R2
L_Cizzz
1+(CO0CR2)

L(l + (woCRz)z) = CR?

) 1 [CR? 1 1
@0 = 2 )=
(CRy)*\ L LC C’R,

B 1 1 rad
P=NLe T R2E s )




164 5 Steady-State Sinusoidal Circuit Analysis

Fig. 5.31 Circuit of
Example 5.18

Example 5.18 Find the input admittance of circuit shown in Fig. 5.31, and find the
resonant frequency.

Solution Admittance of circuit from terminal at the frequency @ has Ry, R + jwL,
and ;- in parallel.

Y (o) 1 . 1 . 1
0)=—+—"T—+—F

R, Ry, +jwL ]a%
Simplifying each term yields:

I R —jwL 1
Y(jo) = — wC
Vo) = R Ry~ joL R jol T

1 [ Ro—joL
Y(iw) = — + (21" ) L incC
Vo) =3+ (R22 n w2L2> +ie

Splitting the fraction into real-imaginary sections yields:

) 1 R, JoL )
Y = — — C
Vo) =&, <R22 @’ R+ a)2L2> e
1 R L
Yjw)=—+——""——4+jo|C - ————
Vo) = R v w( R2+ w2L2>

At the resonant frequency of ® = wy:

Lo, _,, =0

Considering wg # 0, the resonant frequency becomes:

L
_ﬁzo
R, —|—a)02L
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Solving for @, yields:

1 R,? (rad
wy=\|———|— .
0 LC I*\ s

Power in Sinusoidal Steady-State Operation

The term power is defined as the product of voltage and current. The amount of
voltage and current can be instantaneous, RMS, or DC. Therefore, instantaneous
power or apparent power and DC power can be measured as:

S = instantaneous power = apparent power = v(¢).i(¢)

Apparent Power

Consider an RLC circuit in which the current has a phase shift ¢ with respect to
the voltage as shown in Fig. 5.32. The current can be projected to inphase and
vertical components with respect to the voltage. The inphase component of current
with respect to voltage has the value of I cos ¢, and the vertical components have the

value of I sin ¢. Therefore, it can be represented as (V,I/CBS @) =0 and

(v, Isin @) = £90. This angle is +90 for a lag system and is —90 for a lead system
(Fig. 5.32).

S =v(1)i(z)

S = Vysin (wt)1,, sin (0t — @)
where in V,, and [, are the peak values of voltage and current respectively.
1
S= EVmIm( cosp — cos 2wt — @))
1 1
S = 3 Vol cos g — 3 Vol cos Cwt — @)
Utilizing rms values as Vi = V—\/'% and /s = \175 the apparent power becomes:

S = Vimslims €08 @ — VimsIims cos 2wt — @)
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Fig. 5.32 Projection of )
current with a phase shift on -, Isine
its reference I CoSso ..

The apparent power has two components:

* Vimslims €OS @ is a constant value power and contributes to what is known as
active power.

* Vimdims €08 2wt — @) is a pulsating power at the frequency twice as that of the
voltage and current. This power has an average value of zero over one cycle.
Therefore, it does not contribute to the actual work done by the circuit.

As a reminder, the voltage waveform is considered as reference, and the current
might be leading, inphase, or lagging the voltage.

* The phase of a lead current is positive.
* The phase of an inphase current is zero.
¢ The phase of a lag current is negative.

In phasors’ presentation, the apparent power is calculated by:

1
S = Vrmslrr11s>}< = Evmlm>k (VA)

Considering real and imaginary parts of current, apparent power can be converted as
follows:

S= Vims Irms(COS(p +jSin(p)
S= Vrms Irms Cos @ +] Vrms Irms Sin(p

P: Active Q: Reactive
S=P+jQ
P:Vrms Irms Cos @

1
P:E VI cos @

where V.I are the peak values.
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S Q=0Q,-Qc

P

Fig. 5.33 Power triangle. The balance of the active, reactive, and apparent power forms a triangle
which is also known as power triangle. Considering that Q; is the consumption of reactive power in
an inductor, Q is the generation of reactive power in a capacitor, and Q = Q; — Q¢ as the balance
of reactive power, then the Q value might be more consumed, i.e., Q > 0; more generation, i.e.,
0 < 0; or balanced, i.e., Q =0

And:

Q:Vrms Irms sin @

1
in VI sing

where V,I are the peak values.
Apparent power is a vector summation of active power and reactive power as
shown in Fig. 5.33.

The amplitude of apparent power is |S| = \/P* + Q°, and the phase is obtained
as:

QO  Vims Iimssing
2T T —tang
P Vims Irms cOs@

-12
_t -~
@=tan

Active Power

The mean power consumed in a circuit is obtained by the product of voltage and the
inphase component of the current. Measured in watts (W), the mean power is also
called active power and is shown as:

P=V(Icosgp) = (VI)cosp = Scosp (W)

Considering an impedance in resistive and reactive parts, the power that is
consumed in the resistive part is active power. This power is converted into torque
in electric machines or generates heat in space heaters. The active power does the
work in electromechanical systems. For this reason, cosg is called the power
factor meaning the portion of the apparent power that does the active work.

Consider an impedance of an RL circuit shown in Fig. 5.34.
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Fig. 5.34 The balance of capacitive and inductive reactance and the value of resistance determine
the impedance. The balance of inductive and capacitive reactance is X = X; — X¢

The angle between the impedance and the resistance determines the current phase
shift as follows:

cosp =—
Therefore, the active power can be calculated as:

v
P=VI cos (/):Vlg :ZIR:IIR:RIZ (W)

Reactive Power

Perpendicular to the inphase component of the current, the power developed into the
imaginary part of the impedance is known as reactive power. Measured in volt-
ampere reactive (VAR), the value for this power can be obtained as:

Q = V(Ising) = (VI)sing = Ssing (VAR)

Consider the impedance shown in Fig. 5.34, the value of sing can be obtained as
follows:

) X
sing = —
Z

Therefore, the reactive power can be calculated as:
\ %4
Q0=VIsin q):VI; =7 IX=IIX=XI* (VAR)

As the equation illustrates, in an impedance consisting of resistance and reac-
tance, only the reactance generates or consumes the reactive power.

Note 5.2 The power consumption has positive value, and the power generation
has a negative value.
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Note 5.3 Apparent power can also be obtained from the product of Z(jw) and the
current / as follows:

Note 5.4 As the sign of each element RI* and XI is positive, it means that the circuit
has been a resistive-inductive circuit which consume active power (in resistor) and
consume reactive power (in inductor).

Reactive power of an RC circuit. Consider an RC series circuit that has resistance
R and reactance —X; therefore, the impedance is obtained as:
Z(jo) =R —jX
Apparent power of this circuit can be obtained as:
S = Z(jo)I* = (R — jX)I* = RI* —jXI* = P — jQ

It can be observed that the resistive-capacitive circuits consume active
power +RI*and generate reactive power —XI%in the capacitor.
Note 5.5 Reactive power is generated in capacitors and is consumed in inductors.

Note 5.6 Ideal reactive elements L,C do not consume or generate active power.

Note 5.7 Resistors do not consume or generate reactive power.

Non-ideal Inductors

Ideal inductors have no internal resistance. Therefore, they only demonstrate a
reactance. However, the resistance of wires used to make the inductors sometimes
cannot be ignored. Therefore, the non-ideal inductors have impedance similar to an
RL circuit. To demonstrate the internal resistance of a non-ideal inductor, a quality
factor Qris defined (Fig. 5.35).

Fig. 5.35 A non-ideal R L

inductor shown by its
internal resistance and the
inductance
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Fig. 5.36 The small
amount of internal
resistance R creates a phase
angle ¢.Voltage drops of R/
and X1 are perpendicular

RI

Quality Factor (Qy)

Reciprocal of power factor is known as quality factor O, = P—lF. This value shows the
merit of a coil. From calculations, the power factor of an ideal inductor was
calculated to be PF = 0, as the resistive part was zero. Therefore, the quality factor
of an ideal inductor is O = é = 00. Actual (non-ideal) inductors have internal
resistance that makes their power factors non-zero as PF = § = —R_ (Fig. 5.36).

\VRX2

Considering the circuit of Fig. 5.53, the quality factor is obtained as:

R

1
PF

0, - VA
I R

For inductors that have large reactance, i.e. Lo > R, the quality factor can be
obtained as:

/RZ_’_)(LZE /XLZ_L_CU

R R R

Q=

Example 5.19 In an RL series circuit, the current and voltage are measured to be
i(t) = 7.5 sin(377t +120) A and v(f) = 150 sin (377¢t+150) V. Find:

* The impedance of the circuit

* The value of the resistance

e The value of reactance and the inductance in (H)
e The amount of active power

* The amount of reactive power

e The power factor

Solution According to Ohm’s law, the voltage and current phasor are related as
follows:
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V=127

1502150

=—-—=20«
7.52120 0430

As the impedance has a positive phase, the circuit is a resistive-inductive. The real
part of the impedance shows the resistance, and the imaginary part of the impedance
shows the reactance as follows:

Z =20£30 =20cos 30 +,20sin30 = 17.32 4+ 10 Q
R=1732Q
X, =10Q
XL =Lw =10

10
L=—=26. H
377 6.5m

Apparent power utilizing the peak values of voltage and current can be calculated as:

1
§ =3 VI* =2 (150£150) (7.5.2120)" = 5 (1502£150) 7.5.£ — 120 = 562.5.230 VA

R —
R —

Converting to rectangle coordinates yields:

S = 562.5c0s 30 + j562.5 sin 30 = 487.1 + j281.25
P =487.1 W,Q = 281.25 VAR

The Power factor is:
PF = cos30 = 0.86 lag.

Quality factor of the inductor becomes:

1 1
=—=—=1.15
2/ =PF~ 0386
Example 5.20 The voltage drop of a coil when a DC of 9 A is passing through is
measured to be 4.5 V. The same coil when an AC sinusoidal of 9 A at 25 Hz is
passing through drops 24 V. Find the impedance, power, PF, and Qrat a voltage of
150 V, 60 Hz.
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Solution The DC and voltage drop result in resistance value as:

4.5

R=—=—=05Q

~I<

At 25 Hz, the impedance value is obtained as:

24

Z=—=—=2.66Q
9

~I<

The reactance value can be calculated as:

Z=+VR*+X.

X, =VZ2 - R = V266205 =261Q

X, 261
L="t=

=22 17.4mH
w 27125 m

At 60 Hz frequency:

X, =17.4m x 27 x 60 = 6.56 Q

Z=vVR +X.2=V05*+656%=657Q
V150

I=—=—"=228A
Z 657 8

The imopedance phaseis@ = tan % = 85.64 . Therefore, the current phase angle
is —85.64 .

Apparent power utilizing rms parameters becomes:
S = VI* = (15020) (22.82 — 85.64)™ = (150£0) 22.8 2 + 85.64
= 34204£85.64 VA
S = 3420 cos 85.64 + j3420 sin 85.64 = 256 + j3410
P =256 W,Q = 3410 VAR
PF = c0s85.64 = 0.076

1
- —13.15
0 = 0076

Example 5.21 A black box series circuit has the following voltage and current

measurements, v(£) = 200+/2 sin (377t + 10)V and i(t) = 10+/2 cos (377t — 35)A.
Find the circuit elements and their values.

Solution The circuit current is given in cos form which needs to be converted to a
sin function as follows:
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i(f) = 10v/2 cos (377t — 35) = 10v/2sin (377t — 35 + 90)
= 10v/2sin (3771 + 55)

Impedance of the circuit is obtained as follows:

V20012210

7 1073255 204 —45Q
As the angle of impedance is a negative value, the circuit is a RC circuit. The
circuit is more capacitive than inductive. The resistance becomes R =
20 cos (—45) = 14.14 Q. The amount of reactance is —X- = 20 sin (—45) =
— 14.14 Q.
The operating frequency @ = 377 rad/s results in:

1 1 1
Xee— —(C= _
CTCow T wXe 377x14.14

=1.87¢ —4 F = 187 pF.

Example 5.22 A circuit when current of 4 — j5 A is passing through drops a voltage
of 180490 V. Find the impedance of the circuit, power consumption, or generation
of each element, and determine whether the system is lead or lag and the power
factor.

Solution The circuit impedance can be obtained by:

,_V _ 180490 _ 201.24./26.56
1 4—j5 640z —51.34

=31.4442779 Q

Power is calculated by:

S = VI* =201.24,26.56 x 6.402 + 51.34 = 1287.9277.9 VA
S =12879cos77.9 +j1287.95in77.9 VA
S =268.08 + j1259.28 VA

Non-ideal Capacitors

The dielectric material used in capacitors is ideally loss-free. It means that the charge
applied to terminals of capacitors (i.e., plates) stays on the plates for infinite time.
There is no internal current leak and internal discharge. However, that might not be
true for existing dielectric materials. There is current, although minimal, passing
through the material and hence discharge.
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Re

> T => Re

X

Fig. 5.37 Non-ideal capacitors. The internal resistance creates a phase angle ¢ between the voltage
across the terminals of the capacitor and the current flown in the capacitor

The model for this internal discharge is a resistor that can be added either in series
or in parallel to an ideal capacitor forming an RC circuit. The current in this circuit
deviates from ideal 90" and hence generates an inphase and a perpendicular com-
ponent (Fig. 5.37).

Model as RC Series

Consider the internal resistance Ry in series to an ideal capacitor. The angle of
current with respect to the voltage as a reference is ¢ as opposed to 90 . Consider the
angle deviation from 90 as = 90 — ¢.

Rye=Xctan
Power loss in this model can be calculated as:
P =R.I*> = XcI*tan § (W)
Power factor can be obtained as follows:
PF = sinff = cos ¢

Proof. From Fig. 5.38, it can be written as:
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Fig. 5.38 Internal
resistance of a non-ideal
capacitor when presented in

series C RSe

2 1
I 5 ;
c —— RSh
>—7> V
I I
1
Fig. 5.39 Internal resistance of a non-ideal capacitor when presented in parallel
sin
Rse XC tan ;B tan ﬁ cos f§
COS ¢ = > B = > = > = 5
\/Rse + X¢ \/(Xctan/)’) X2 \/tan p+1 \/(Sﬁlﬁ) L
sin
cos f} .
—————— = sin
sin 2+ cos 28 ﬂ
cos2p
sin cos PF
tanf = b_ i

cosfp \/1—coslp 1 PR

Model as RC Parallel

Consider the internal resistance Ry, in parallel to an ideal capacitor. Figure 5.39
shows the balance of current in each branch and the real and imaginary values of
current phasor.

I ke Xc 1
tanﬂ = — = m = — =

I ke Ry RyCo

tanp =

ﬂ Rswa
1

Rpy=——

7 Cw tan Y/

Power loss in this model can be calculated as:



176 5 Steady-State Sinusoidal Circuit Analysis

50
—MW——W— |
|
RSe 10uF
110V,60Hz
Fig. 5.40 Circuit of Example 5.23
2 VZ
P=—=— \\4
Ry~ xo @A W)

Example 5.23 A non-ideal capacitor with capacitance of 10 uF and phase deviation
of =10 is connected in series with a 50 Q resistance shown in Fig. 5.40. The RC
circuit is connected to a 120 V, 60 Hz source.

Find:

1. The increase in resistance due to the insertion of the capacitor
2. Power loss of the capacitor
3. Power factor PF

Solution The impedance of capacitor at 60 Hz is:
I 1

Co  10e — 6 x 2760

@ =90—p=90—10=80

Xc = =26525Q
Considering a series RC circuit:
Rye = Xctanf = 265.25tan 10 = 46.77 Q

Therefore, the circuit has 50 Q in series with a 46.77 Q which is a total of
96.77 Q. Total impedance becomes:

Z(jw) = 96.77 — j265.26 Q

The impedance in polar form shows the amplitude (to calculate current) and the
angle (to calculate the PF).

Z(jw) = 282.36.£ — 69.95 Q

To find the current (needed for loss calculations):
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Vv 110

[=— =
1Z| ~ 282.36

=0.389 A

The power loss of the capacitor is obtained by:

P = Ry 1> = 46.77 (0.389)* = 7.098 (W)

The power factor is obtained by:

PF = cos @ = cos 80 = 0.173 lead

Dielectric Heating

Formation of non-ideal capacitors and loss in dielectric can be used in industry for
heating. Voltage and frequency of operation can be adjusted to generate the amount
of heat needed. The power loss, required voltage, and frequency using the parallel
model are obtained as follows:

VZ
_R_sh

V = VPR,

P

Considering Ry, = the power loss is a function of V* and frequency w.

1
Cw tanp’
P=V*Cw tan

Adjusting the frequency and voltage from V}, @, to V5, @, for similar material to
generate a desired amount of heat can be identified as follows:

P x V12w1 = V22w2

Example 5.24 Design a dielectric heating oven that can generate 200 W of power in
a block material with d = 1 inch thickness, area of A = 1 square foot, with relative
permittivity of e = 5, at PF = 0.05 and f = 30 MHz. If the voltage is limited to 200 V,
find the required frequency to generate the same power.

Solution The block of material forms a capacitor with capacitance of C = 606%2

d=1in=254cm=2.54¢ -2 m
A =30.48¢ — 2 x 30.48¢ — 2 m®
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The capacitance of the system is C = o5 = 5 x 8.85¢ — 12 x 7222 = 161.84
pF = 161.84e — 12 F

PF = cos¢ = sinf = 0.05
tan § = 0.05

1 1

Co tanff 161.84e — 12 x 27 x 30e6 x 0.05

Rsh

V = /PRy, = V200 x 655.60 = 362.1 V

When the voltage is limited to 200 V, the frequency and voltage balance are as
follows:

P x V]20)1 = V220)2

362.1% x 2230 MHz = 200* x 2zf,
The adjusted frequency becomes:

f» = 98.337 MHz

Thevenin Equivalent Circuits in Sinusoidal Steady State

Similar to Thevenin equivalent defined in RLC circuits, when the circuit operates at
the steady-state sinusoidal, the impedance value of elements is considered. There-
fore, the circuit can be presented as a voltage source in series to an impedance
(Fig. 5.41).

The value of the voltage source and the impedance is obtained as follows. When
the load is disconnected from the circuit the voltage measured at the terminals
becomes the Thevenin voltage. To obtain the Thevenin impedance, the value of
independent sources must become zero. It means an independent voltage source
becomes a short circuit and an independent current source becomes an open circuit.
Then, Thevenin impedance can be measured at the terminals.

Th

1
<

ZIead Th

-0
b

b

Fig. 5.41 Thevenin equivalent circuit from ports a and b across the rest of the circuit that is known
as load
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Fig. 5.42 Circuit of a+j3Q -i7Q a
Example 5.25
|
12/30° j6Q Z
b
Fig. 5.43 Thevenin voltage a+j3Q -j70 a
calculations require that the —
load disconnected from the | I | :_._
ports a and b
12/30° j6Q
o—
b

Example 5.25 Find the Thevenin equivalent of the following circuit measured at
terminals a and b (Fig. 5.42).

Solution To obtain the Thevenin voltage, the Z; must be disconnected from the
circuit.

The voltage measured at the terminals a and b is the same as the voltage drop
across the impedance j6 € because there is no current passing through the
impedance —j7 ; hence, it drops zero volts.

The voltage of j6 Q is obtained through a voltage divider between 9-+;3 Q and
j6 Q, as follows:

j6 629012230 6 x 12
Vi =—2 12,30 = = 2£(90 +30 — 45
"6+ (9+3) 745 1272 fO00F )
= 5.66.,75V

To obtain the Thevenin impedance, the 12 « 30 V source must become zero
(Fig. 5.43).

The impedance observed at the terminal is a parallel connection of 9 + j3 Q and
Jj6 Q in series to —j7 € as follows:
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Fig. 5.44 Thevenin 2-j3Q
equivalent circuit from the a
ports a and b
5.66£75°
o-
b
a a
Network Z Iy ‘) I I
b b

Fig. 5.45 Norton equivalent of a circuit from ports a and b

11 , (9 +j3)j6 - (B4+jn2
Zn = ((9+j3)|j6) —j7 = m—ﬂ = BT 7
1—jlj6—-2 _ 44,8 .
Zon=— 1072 5 TR 5 5 3q
L T 2 J

Therefore, the circuit from terminals has an equivalent as shown in Fig. 5.44.

Norton Equivalent and Source Conversion

Norton model presents equivalent of any circuit at a desired terminal through a
current source in parallel to an impedance. The amount of current source (also
known as short circuit current source) is obtained by measuring the current that
passes through when shorting the circuit terminals. The impedance is obtained
similar to Thevenin equivalent. Figure 5.45 shows a Norton equivalent of a network.

Example 5.26 Find the Norton equivalent of the following circuit (Fig. 5.46).

Solution Circuit load must be replaced with a short circuit at the terminals a and b.
The short circuit current is actually the current through —j7 Q impedance. The
source current is calculated to be:
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a+j3Q 570 a
12/30° i60
o—
b
Fig. 5.46 Circuit of Example 5.26
Fig. 5.47 Norton
equivalent circuit
0.262£-48.69° 2-j3Q
B 12230 B 12230 B 12230
(94,3 i6 || —j7) _ 6 X —jT\ . 6 x —j7
OFBIFUEN=ID 9 oy 4 (BXTT) (9 j3)+ (B2
J6 =Jj7 J6 —=Jj7
12230 12230

=0.26£ —-48.69 A

(9 +/3) +j42  45.89.,78.69

The impedance observed at the terminal is a parallel connection of 9 + j3 Q and
Jj6 Q in series to —j7 Q as follows:

1l ; (9 +j3)j6 - (B4+jnj2
Zin = ((9+j3)|j6) —j7 = ©OF3) +j6 —JjT= BT 7
I1—-jl1j6—-2 _ 448 .
Ipn=— "t 2 =" 7=22_/3Q
T B /

Therefore, the circuit from terminals has an equivalent as shown in Fig. 5.47.

Thevenin to Norton Conversion. Equivalent circuits of Thevenin and Norton
can be converted to each other. Following Fig. 5.48 shows the Thevenin to Norton
conversion.

Following Fig. 5.49 shows the Norton to Thevenin conversion.

Example 5.27 Convert all Thevenin to Norton and all Norton to Thevenin
(Fig. 5.50).
Solution The current can be calculated by Iy, = %ﬁso = —36 —j78 A (Fig. 5.51)

Solution The voltage can be calculated by V = (1 — j5)(70+j15) = 145 — j335 V



a
LI o
n 1=V /2,
Vi = 7
| J—
‘_ .'
b b
Fig. 5.48 Conversion of Thevenin to Norton equivalent circuit
®- LI o
I Z ——a
s¢ N = V=2 N I sc
o
b O
b
Fig. 5.49 Conversion of Norton to Thevenin equivalent circuit
1+j2 a
I ] a

L —0

+
120-j150 <|> = -36-j78 1+j2

Fig. 5.50 Conversion of Thevenin to Norton

a 1-j5 a
) — o—
70+j15@ = 1453335¢
b | .

Fig. 5.51 Conversion of Norton to Thevenin
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Maximum Power Transfer

Consider a circuit that is shown by its equivalent Thevenin model (Vy,, Zy,(jw)) and
is connected to a load impedance of Z; (jw). The power delivered to the load from the
source can be calculated as follows:

Consider the real and imaginary part of each impedance as Zy, = Ry, + jXi, and
Z; = Ry + jX;. The amount of power delivered to the load is calculated as:

2 2
e VI N \4
P = RLI = RL - RL .
|Zm + ZL| ‘th + Ry +j(Xn + XL)|

_ R |V
|(Rw + R)” + (Xon + X1)°|

To maximize the power delivery to the load (Fig. 5.52),

dP dP
— =0 an
dR;, 170,43

Imposing - = 0 yields:

|V|2|(Rth + R’ + (X +XL)2’ — Ry [V [2(R + Ry)|

=0
2 2|2
|(Rin + R.)* + (Xon + X1)°]
Ri.=Rm
ing 42 — i .
Imposing Ji- = 0 yields:
2
2R, [VI'|(Xin + X0 )|
2 212
|(Ri + R.)* + (Xuon + X1)°|
Fig. 5.52 Thevenin Z
equivalent circuit is feeding I;hl
a load. The maximum power I 1 I
is transferred from the
source to the load when the
Thevenin impedance and the \V/ d
load impedance become L

pairs of complex conjugate.
This means Z; = Z:E
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1 1) -j2 a
] (1) - )
110200 1+j2 1-j1] |z,
b

Fig. 5.53 Circuit of Example 5.28
Xi=—Xu

It can be concluded that to transfer maximum power in AC sinusoidal steady-state
condition, the load impedance must be complex conjugate of the Thevenin imped-
ance as:

@Pmax :ZL :Zth *

Note 5.8 To obtain the load impedance that transfers maximum power from the
source to the load through an existing circuit, the load impedance must be complex
conjugate of the Thevenin impedance.

Example 5.28 Considering the following circuit, find the load impedance to cause
maximum power transfer from the source to the load (Fig. 5.53).

Solution To transfer maximum power to the load, Z; = Zg,™ must hold. Therefore,
it is required to find the Thevenin equivalent of the circuit from the load terminals.

The Thevenin voltage can be obtained from the voltage across the 1 — j Q
impedance at node @ (when the load is disconnected). V,=Vy, = V; _ jo

KCL @. All elements connected to node (1) are passive, hence draining the
current out of the node.

Vi—110£0 Vi Vi—Va _

- + - - 0
j 1+/2 j2

KCL @. Since the load is disconnected (to get the Thevenin impedance), there
are two elements in current balance as follows:

Vin — Vi " Vth.

=0
J2 1—j
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From @:
1 1 1 Vi 11020 o 1l+2 = Vi .
SR I I Vil —j+—2 0 ) i o
Vl<j+1+j2+j2> 7 ; — 1<]+ 5 +2>+]2 ]
V1(0.2 —j1.1)+j0.5Vy,= —j110

From @
1 1 Vi R YANIAS
Val=+— ) ——==0—=Vu|=+—2|+j=—=0
th<’2+l_]> 7 — lh(2+ 5 )
0.5V +j0.5V=0—Vyu=—jV;
Replacing in @:
V1(0.2 —j1.1)450.5( —jV;)= —j110
‘ _ —j110 :
Vi(0.7 = j1.1)= = j110—V = ———=71.17 — j45.29
107 =L )==j10=Vi=5=—2 /

V1=84.362—-3247V
Vin=84.36 £ — 12247V

The Norton impedance can be obtained from the circuit when the independent
sources are turned off. From the terminals, the circuit shows:

Zin = (I +2) =j2)[[(1 = j) = 0.29 — j 0.66 Q

Therefore, the load impedance should be Z; = Zg,* = 0.29 +j0.66 Q.

Problems

5.1. Find the impedance and admittance of the circuit.

z(jw)
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5.2. Find the impedance and admittance of the circuit.

z(jw)

5.3. Find the impedance and admittance of the circuit.

10Q

’4' 1mH —— 0.5mF

2(j1000)

5.4. Find the impedance and admittance of the circuit.

200Q 4mH

’4' 1mH —— 20uF

z(j250)

5.5. Find the impedance and admittance of the circuit.

’4' 1000 %ZmHE ——0.5mF

2(j1000)




Problems

5.6. Find the admittance of the circuit.

L —_—c
‘ R1 % R2
Y(jw)
5.7. Find the admittance of the circuit.
20Q
’—b 10mH —— 0.02mF
Y(j1000)

5.8. Find the admittance of the circuit.

r 2000 %jlogg -
Y

5.9. Find the admittance of the circuit.

j10Q

’4' §jZOQ ngQ 4—‘
Zl,Yl

Y

’

z

2, 2

187
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5.10. Find the admittance of the circuit.

200mH
I
‘—v 10Q 501 1094—‘
Zl, Yl w=100 Z2, Y2
5.11. Find I, V{, and V.
I j10Q
100 /30 j200
5.12. Find Ila Iz, 13, and V.
I, j100
+ IZ I3
100 /30 V[fj20Q]| -jt0Q
5.13. Find 11, Iz, and 13.
I, 20Q
713
200sin10t — 0.1F
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5.14. Find 11, 12, and 13.

1

200sin10t — 0.5F

5.15. Find 11, 12, and 13

200sin10t

5.16. Find I and V.

j8Q

200 /15V 100, 100 10/ _-20A

5.17. The current i(f) = 300 sin (377t 4+ 50)when passing through an impedance
shows a voltage drop of v(¢#) = 480 sin (377t + 10).

(a) Find the impedance of the element.
(b) Find the resistance and reactance of the element.
(c) Determine whether the impedance is more capacitive or more inductive.

5.18. Find the current through a Z = 100 £ 30 Q impedance when it is connected to

a voltage of V = 120v/2 210 V.

5.19. A circuit creates 60 phase shift in the current with respect to the voltage. What
is the power factor?

5.20. The voltage and current of an element are recorded as:

v(t) = 110v2sin (1007t +30°) V

i(f) = 20sin (100zt — 30°) A
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(a) Find the impedance

(b) Find the resistance

(c) Find the reactance

(d) Is the circuit more inductive or more capacitive?

5.21. The power factor of a circuit is PF = 0.6 lag. If the phase of the voltage is
+25°, what is the phase of its current?

5.22. The power factor of a circuit is PF = 0.6 lead. If the phase of the voltage is
+25°, what is the phase of its current?

5.23. In a series RLC circuit, the voltage drop across each element is measured as:

Ve=20V,V, =75V, Vc=50V.

(a) How much is the source voltage?

(b) What is the circuit’s power factor?

5.24. In the following circuit, find the voltage of the inductor for different values of
the capacitor C = 1 mF, C = 10 mF, C = 100 mF.

20 1mH
C=1mF
1000V C=10mF
C=100mF
5.25. Find V.
80V 20V
110/0V —
5.26. Find V.

110/0V .
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5.27. Find PF.
100V 25V

(: :) —_— 75V

5.28. Find PF.
100V 86V
5.29. Find PF.
10
j200 9 —— -j5Q

5.30. Find PF.

200 91503 —— -j200
100100 %19
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5.31. Find PF.
I‘1 Lz _—cC
Rl RZ % R3
5.32. Find PF.
I‘1
L
c1 2
C2 _—
5.33. Find PF.

5.34. Find the apparent power, active power, reactive power, and power factor in the
following cases. Determine the generation or consumption of the power.

@ Z=1+5Q,1=152 —30A

(b) Z=14+/5Q,1=15 2 +30 A

(©) Vims = 100 2 30 Veneoms = 20 2 — 40 A
(d) Vins = 100 2 30 Vi Jrms = 20 2 +40 A
€ Z=175220 Q, Voo =220 2 +10V
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5.35.

5.36.

) Z=50 £ —20Q, Vo = 110 £ +35V
(9 V=100 230 V=20 2« —40 A

(h) V=100 £ 30 V] =20 £ +40 A

() Z=75220Q,V=220 2 +10V
()Z=502 —20Q,V=110 £ +35V

Find the requested variable in each case.

(a) P =1000 W,Q = 1500 VAR,S = ? ,PF = ? Lead or Lag?

(b) P =1000 W,Q0 = — 1500 VAR,S = ? ,PF = ? ,Lead or Lag?

(¢c) S=100kVA,P =80kW,0 = ? ,PF = 7 Lead or Lag?

(d) S =200kVA,Q =50kVA,Q = ? ,PF= ? Lead or Lag?

(e) S=500kVAPF =0.6Lead,Q= ?,P="7?

(f) S =500 kVA,PF=0.6Lag,Q= ?7,P="?

() V,=2002£30V,I,=102 —40,S= ?P=?7,0= ?,PF= ? Lead
or Lag?

(h) V, =200 £30V,[,=10 £40,S= ?,P= ?,0= ?,PF= ? Lead
or Lag?

In a household operating at the 110 V,,,s, 60 Hz,there are multiple loads taking

current from the grid. The current taken by these loads is:

I, =50£0A,1, =202 —45A,13 =122 -30A,14, =3520 A

(a) Find the apparent, active, and reactive power of each load.

(b) Find the total active power and total reactive power of the loads.
(c) Find the total apparent power the household.

(d) Find the power factor of the house.

(e) Is this load lead or lag? Why?

5.37.

5.38.

5.39.

One phase of an industrial load operating at 220 Vi, has a load of
S = 2000+/15,000 VA.

(a) Find the power factor of this load. Lead or lag? Why?

(b) In parallel to this load, a capacitor is used to compensate for the power
factor. Find the capacitor power required to change the power factor to 0.8
and to 0.97.

An induction motor shows an inductive load of S = 300 kVA at power factor
PF = 0.67.

(a) Find the right amount of capacitor to be connected in parallel at the
terminal of this machine to bring the power factor to PF = 0.97.

(b) Find the active power and reactive power taken from the grid before and
after the power factor correction.

A mix of wood chips and glue is pressed between two parallel plates at voltage
of 600 V. The structure forms of a plywood structure at a capacity of 1 pF.
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Find the required frequency at which a power loss of 500 W is applied to the
glue and woodchips to melt the glue. Consider the phase shift in the current
with respect to the voltage of the capacitor to be ¢ = 10 . Find the frequency at
which the power loss is 1200 W. At 1200 W, find the equivalent voltage if the
frequency is fixed at 1 kHz.

5.40. Find Thevenin and Norton.

50 j10 i50

210 /20 V

5.41. Find Thevenin and Norton.

j150 200

-j100Q “— %159@20410 v v, V24

5.42. Find Thevenin and Norton.

j15Q j200

-j100 —— %159@ 5/20 A 15v, V=24

5.43. Find Thevenin and Norton.

200 j1000

105/30V z
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5.44. Find Thevenin and Norton.

155 /-20A j200||-j10Q |4,

5.45. Find Thevenin and Norton.

1.5Q

17 /-20A j20a||-ji10Q |4,

5.46. Find the load impedance at which the circuits of previous problems (40—45)
transfer maximum power from the source to the load.



Chapter 6 )
Mutual Inductance hack or

Introduction

Electric circuits specifically when they are excited by AC sources can transfer energy
either by direct electric connection or through magnetic coupling. Consider an
inductor with N turns of winding. The current i passing through this inductor
generates a magnetic flux ¢ around the windings. This flux creates a magnetic
field that starts from the North Pole and ends at the South Pole. When the direction
of current changes, the location of north and south poles changes which causes a
change in direction of flux but still from the North Pole to the South Pole (Fig. 6.1).
The time variations in the flux generates a voltage in the coil that is measured by:

d¢
= N—
Y dt

As explained earlier, the flux is a current dependent variable. Therefore:

e di
= N——
VEN G d

The total amount of flux variation accounted for number of turns in a coil
determines its inductance. This means that higher number of turns or higher area
to generate more flux increases the inductance value. This can be calculated by:

d¢
L=N—
di

Replacing the inductance in the voltage equation reveals the OHM’s law that was
discussed earlier. Hence:
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B

Fig. 6.1 Magnetic field generated because of the current passing through a single inductor. The
direction of the field is always from the North Pole to the South Pole. When the direction of current
changes, the direction of the magnetic field also changes.

Fig. 6.2 When the i
magnetic fields generated by
one coil is cut by the
windings of another
adjacent coil, there is
voltage induced in the
second coil. The direction of
the current entering the first
coil and the direction of
windings in the second coil
determine the polarity of the
induced voltage. The split of i
magnetic flux that is passing P21

through air and circulating

the main coil generates the

self-inductance, and the part V1 Ly L, V>
that is passing the adjacent
coil builds the mutual 0,7
inductance Ni N>
di
v=L—
dt

Self-Inductance and Mutual Inductance

The value of inductance that is utilized in this equation is known as self-inductance.
This means that the voltage induced in a coil is solely generated by the time varying
current of the same coil. However, if the flux generated by another coil passes
through the windings of the inductor, a voltage is induced in the coil due to a
mutual inductance which may exist between coils.

Consider two adjacent coils (Fig. 6.2) with self-inductances of L, and L, Henrys,
and N; and N, turns. Coil 1 is connected to v; source that establishes current i;.
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The flux ¢; generated by coil 1 has two parts. Part 1 links the coil 1, ¢, due to self-
inductance and part 2 that links coil 2, ¢;,, due to mutual inductance. Hence:

d1=¢u + 12

Induced Voltage

The induced voltages at the terminal of each coil depends on total amount of flux
linking the coil and the number of turns the coil has as follows:
Total flux ¢p; = ¢p11+¢ > links coil 1 and is generated by current i;:

dep, dg, dis dg,\ diy . di
e T 1<di1 dr Vai ) ar  Var

The voltage in the second coil is generated by the current in the first coil through
the linking flux ¢,,. Considering M, as the mutual inductance on coil 2 influenced
by coil 1:

Ao _ do, diy\ dg,\ div diy
=N =N S | = (N ) g =My,

Hence v, = My, % determines that the induced voltage in coil 2 is influenced by

the current variation in coil 1 through mutual inductance, M5;. It also indicates that
the voltage is induced in coil 2 as a result of current passing coil 1.

Now consider that the current is passing coil 2 and coil 1 voltage is mea-
sured (Fig. 6.2). The current i, generates a total flux of ¢,which has two parts of
¢ that links the coil 2 and ¢, that links the coil 1. Total flux is:

¢y = Py + Py

The induced voltages at the terminal of each coil depend on total amount of flux
linking the coil and the number of turns the coil has as follows:
Total flux ¢, = ¢2+¢5; links coil 2 and is generated by current iy:

dep, dep, diy dp,\ diy  diy
T T 2<di2 dr ai, ) dr T

The voltage induced in first coil is generated by the current in the second coil
through the linking flux ¢,;. Therefore:
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Fig. 6.3 Direction of both i iz

currents entering the dot ®

induces the polarity that ® ®

supports the direction of +
current i \/2

Fig. 6.4 Reverse direction i1
of the current i; induces the
reverse polarity of voltage v,

de, depy diy de, )\ diz dip
ENTT e T TN T, i, ) dr 2

di
Vi =M127t2

Mutual inductance is a reciprocal quantity, meaning that the same voltage will be
induced in coil 1 if the current is passed through coil 2. This means M, = M, = M,
all measured in Henys (H).

Mutual inductance exists when two or more coils are physically located such that
the flux generated by one coil finds appropriate path to link the adjacent coils. If this
path does not exist or the flux is not time varying, the mutual inductance disappears.

Mutual inductance is often shown by @ signs located on one of the terminals at
each port. The location of dot and the direction of current in and out of the dot
determine the polarity of the induced voltage due to mutual inductance.

* The current entering the dotted terminal of a coil induces positive voltage at the
dotted terminal of the second coil (Fig. 6.3).
e The current leaving the dotted terminal of a coil induces negative voltage in the

dotted terminal of the second coil (Figs. 6.4, 6.5, and 6.6).

Therefore, to determine the polarity of induced voltages in each coil, the location
of dotted terminals and the direction of current in the other coil must be considered.

Example 6.1 Determine the polarity of the induced voltage in the circuit of Fig. 6.6.

Solution Induced voltage due to mutual inductance in the first loop can be modeled
as a voltage source that has positive polarity in the loop circulating clockwise
(Fig. 6.7).
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Fig. 6.5 The amount of
voltage induced is directly
proportional to the value of
the mutual inductance m and
the rate of the change of the
voltage inducing current, i,
orv=-M ‘%‘

Fig. 6.6 Direction of
currents is in the doted
mutual inductance. The
voltages they induce must
support the direction of
these currents

Fig. 6.7 Figure of circuit in
Example 6.1

201

i2
+ o b
Mai /at
i2
o
+
-Mdi /dt
~ ®

The amount of induced voltage source in the first loop is +jwMI, because the
current is entering the dotted terminal in the second loop. The second loop has an
induced voltage of +jwMI; with positive polarity because the current /; enters the

dotted terminal of the first loop.

Mutual inductance generates a current controlled voltage source. In two loops,
when the dotted terminals are removed, the circuit can be shown as Fig. 6.7 and

calculated as follows:
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KVL @:

—V1 +R111 +]a)L1]1 +Ja)M12 =0
KVL @:

Vo + Roly + jolsIr + joMI; =0

Solving for I;and I, using Cramer’s method is as follows:
First, the equations have to be simplified as follows:

R, + joL, JjoM I . Vi
JjoM Ry +jowly || L | |V,

{Rl + jwL, joM

oM Ry + jo Lz} is the matrix of coefficients (lets consider it as A),

o JjoM Ry + joL,

Hl } is the matrix of unknown variables (let consider it as X),

2
_|h
x= [

and [VI ] is the matrix of known inputs (let consider it as B).

Vs
ld
Therefore, the equation reads as:
AX =B
Solving for X results in:
X=A"B

Matrix analysis of circuits will be covered in Chap. 12. Unknown variables are
obtained as:
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Fig. 6.8 Circuit of Example M
6.2. The same current passes
through the series inductors, m
and the current enters each PY L1 PY L2
of these dotted nodes ( KRR ] { TV0 0 \
i L1 L
jol, joMI jol, joMI

OO

Fig. 6.9 Equivalent circuit of Example 6.2. Induced voltages are shown as voltage sources. One
should pay attention to the direction of the current and the polarity of the dependent voltage sources
(showing the induced voltage)

] w2 ]

I ]wM R, +j0)L2 Vs,
I 1 Ry + jowL, —joM Vi
I (R] +ij1)(R2 +ja)L2) — (]CUM) (/(uM) —joM R, +joL, Vs,
I = R2V1 +]w(L2V1 - MVZ)
! M2 @? + RiR, — L1[/20)2 +j60(L1R2 + l/gR])
/ RV, +ja)(L1V2—MV1)
2

T M20? + RiR> — LiLha? + jo(LiR> + LoR))

Example 6.2 Consider two mutually coupled inductors connected in series as
shown in Fig. 6.8. Find the equivalent inductance of the circuit.

Solution As shown the current enters the dotted terminal of inductor 1; therefore the
voltage induced in inductor 2 shows a positive voltage with respect to the dotted
terminal of second inductor. As the current of first inductor enters the dotted
terminal, the inductor shows a positive polarity voltage (Fig. 6.9).

A KVL of the circuit shows:

V = joL\I 4 joMI + joL,I + joMI
V=jo(Li + M+ L, + M)I = joLeI
Leg =Ly + Lo +2M



204 6 Mutual Inductance

M

M
Fig. 6.10 Circuit of Example 6.3. The same current passes through the series inductors, but the
current has opposite direction to each of the dotted nodes, enters one and exits the other

jolL, -joMI joL, joMI

OO

Fig. 6.11 Equivalent circuit of Example 6.2. Induced voltages are shown as voltage sources. One
should pay attention to the direction of the current and the polarity of the dependent voltage sources
(showing the induced voltage)

Example 6.3 Consider two mutually coupled inductors connected in series as
shown in Fig. 6.3. Find the equivalent inductance of the circuit (Fig. 6.10).

Solution As shown the current enters the dotted terminal of inductor 1; therefore the
voltage induced in inductor 2 shows a positive voltage with respect to the dotted
terminal of second inductor. The source positive terminal is connected to the dotted
terminal. The same principle applies to the first inductor as the current leaves the
dotted terminal of second inductor it induces negative voltage in the first inductor
(Fig. 6.11).

A KVL of the circuit shows:

V =joLI + (—ja)MI) + jwlyI — joMI
|4 ij(L] —-M+L, — M)I :ja)Lqu
Leq =L +L, —2M

Example 6.4 Consider the circuit show in Fig. 6.12 with mutual inductance
between the inductors. Find the current in each circuit.

Solution Considering the mutual inductance and the dotted terminals and the
direction of currents, the voltage induced in the first circuit shows a negative voltage
because the current i, leaves the dotted terminal of the second inductor.
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Fig. 6.12 Circuit of
Example 6.4

100 £ 0 10Q

Fig. 6.13 The induced -j10
voltage of circuit in
Fig. 6.12 is expanded to the
dependent voltage sources.
The mutual inductance
previously shown as dots is "
now presented at the circuit 100 £ 0 <>
|

level by voltage sources

-33L,

3L

In the second loop, the induced voltage is a positive polarity with respect to the
dotted line because the current in the first loop enters the dotted terminal of the first
inductor. The equivalent circuit is shown as follows (Fig. 6.13).

KVL @®.

—100 — j101; + j5I, —j3l, =0

KVL @.

101, —j3I, +jl, =0

Using matrix approach:
—j5  —j3 ILi| _|100
—j3 10+j||L| | O

nl [-5 =31 '[100
L| T =3 10+ 0
I =333 +/19.06 A = 1934280 A
I =-556+j155A4=57721644A
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Fig. 6.14 Circuit of I . I,
example 6.5

10

100 £ 0 (*

3L,

Fig. 6.15 The induced voltage of circuit in Fig. 6.14 is expanded to the dependent voltage sources.
The mutual inductance previously shown as dots is now presented at the circuit level by voltage
sources. Pay close attention to the direction of the currents entering or leaving the mutual inductance
dots and the polarity of the voltage sources

Example 6.5 Consider the circuit of previous example with a reverse connection of
mutual inductance (dotted terminals are connected in reverse). Find the current of
each circuit (Fig. 6.14).

Solution Since the current enters the dotted terminal in both inductors, they induce
positive voltage to the mutually coupled inductors. This polarity is measured
positive with respect to the dotted terminal. The equivalent circuit is shown in
Fig. 6.15.

Therefore, the KVLs can be written as follows:
KVL @.

—100 — j101, + j5I; +j31, = 0
KVL @.
101, 4 j31, +jl, =0

Using matrix approach:
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—j5 j3 Iy| _|100
3 10+4+j||L| | 0

nl _[-5 3 17'[100
LT |3 10+) 0
I =3.33+j19.06 A = 19.34280 A
IL=556—j1554=5772—1557A

Energy Stored in Coupled Circuits

Inductors store energy depending on the current amplitude and their self-inductance
calculated by W = %LIZ. Considering the power of a coil as a product of voltage and
current, the energy is obtained as follows:

W= /P(t)dt: /LdiT(tt)i(t)dt:L/i(t)d(t) :%LIZ

Consider a mutually coupled coil as shown in Fig. 6.16. Mutual inductance
M induces additional voltage, which changes the power equation as follows:

In loop @, the voltage is measured as:

The power measured from loop @ is obtained as:

Fig. 6.16 Mutual . M
inductance M between two
coils at inductance L, and L, o [

L1 Lo
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Fig. 6.17 Mutual i M .
inductance M with opposite 1 12
dotted terminals between o
two coils of L; and L,
L4 L2
(

Py (l) = Vl([)i] (t) = <L1 dl;l@ﬁ*MdlZl(‘t)) il(t)

diy (t dir (1) . 1
W, _/(Ll%JrM%)n(t)dt—§L1112+M1112

Considering the overall circuit, there are three energy storing elements as self-
inductance L, self-inductance L,, and the mutual inductance M.

W, considers the energy stored in self-inductance L, and the mutual inductance
M. The energy stored in the self-inductance L,is measured as:

diz(l)_ 1 )
Wo= | Lh—=b(t)dt ==L,
2 /2 dt lz() 3 212

The energy stored in entire circuit is obtained as:
W=w,+W,

1 1
W= ELlllz + ELzh2 +MLI,
Example 6.6 Find the stored energy in the following circuit (Fig. 6.17).
Solution In loop @, the voltage is measured as:

di; (I) B Mdiz(l)

=L
Vi Y dt.

The power measured from loop @ is obtained as:

P =m0 = (15 - w2 )i

diy (t dip(1)\ . 1
WI:/<L1 (115)—M%)ll(t)dtziLlllz—Mlllz

Considering the overall circuit, there are three energy storing elements as self-
inductance L, self-inductance L,, and the mutual inductance M.
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W, considers the energy stored in self-inductance L, and the mutual inductance
M. The energy stored in the self-inductance L,is measured as:

diz(l) . 1 )
W», / 0 it lz(l)dl‘ 5 0

The energy stored in entire circuit is obtained as:
W=W,+W,

1 2 1 2
W =2Lily? +5 Laly* = M

Limit of Mutual Inductance

Considering that the energy stored in passive inductors cannot be negative,
1L +100° — MI1, > 0. As a complete square expression, the maximum
limit of the mutual inductance is shown as:

M < vLiL,

As mentioned earlier, the mutual inductance depends on the geometry of the coils
with respect to each other, magnetic core, and their orientation. A maximum mutual
inductance is reached with the linking flux of one coil entirely pass through the
second coil. This may occur when two coils are concentric, e.g., one coil is wrapped
around the other. As the geometries move away from each other, the linking flux
between the coils is reduced. The ratio of

K = b12 _ 21
b1+ D1z Do+ P22
N N
v %

From Coil1  From Coil 2

is a factor 0 < k£ < 1 . The mutual inductance is obtained as:

M = kL,

Considering the minimum and maximum values of k, the mutual inductance can
reach:

0<M< VL,
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Turn Ratio

Consider two coils wrapped around a core. The ratio of their inductance is

L, Nj? ’
—x—5=n
Ly N

where N ; is the number of turns a coil has and # is the turn ratio. Therefore, the ratio
of inductance is proportional to the square of turn ratio.

Equivalent Circuit of Mutual Inductance

Consider the following circuit in which two inductors L;and L,have mutual induc-
tance of M. This mutual inductance might be positive or negative value depending
on the dotted terminals and the direction of current, which also determines the
polarity of the induced voltage. Therefore, in general, the mutual inductance can
be either a positive or negative number. This mutual inductance can be shown as an
equivalent 7 or II inductive circuit.

T Equivalent Circuit

Considering the circuit shown in Fig. 6.18, KVLs in loops ® and @ show:

V1 :ja)L]h +ja)M12
Vo = joMI + jol,1;

In matrix form, these equations can be written as:
Vi| _ |joL joM ||
Vz o ja)M ja)L2 I 2

Fig. 6.18 Mutual . M
inductance for the purpose
of T.I1 equivalent circuit ) [

Ly Lo



Equivalent Circuit of Mutual Inductance 211

Fig. 6.19 T equivalent
circuit of mutual inductance

Considering the same current direction and terminal voltages, a T equivalent
circuit is shown in Fig. 6.19. KVLs in loop @ and @) can be written as:

Vi =jo(Ls + Lp)I1 + joLI,
Vy = joL.dy + jo(Ly + Lc)I»

In matrix form the equivalent circuit becomes:

|4 _ jco(La + Lb) ja)LC I
Vs JoL. jo(Ly+ L) || I

Comparing the matrices, the equivalent L,, L,, and L. can be obtained as follows:

joLy  joM | _ |jo(Ls + L) JjwL,
joM  joL, | — JwL, Jjo(Ly + L)
Therefore:
L,=Li—M
Ly=L,—M
e =M

I1 Equivalent Circuit

The admittance matrix can be obtained from the matrix form KVL written or the
mutual inductance circuit Fig. 6.18, as follows (solving for current in the KVL):
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Fig. 6.20 TII equivalent
circuit of mutual inductance

n\l _ [jeL joM] [V,
L | JoM  jwL, V)

This yields:
L -M
L _ |jo(Lil—M?*) jo(LiL, —M?) | [V,
[2 o -M L, V2

jo(Lil, —M?)  jo(LiL, — M?)
Consider a IT equivalent circuit as shown in Fig. 6.20.

KCL in nodes @D and @ shows:

LoV -V
' joLly | joLc
\% V-V

L2 Y2 Wi
jolg ' joLc

In matrix form, these equations can be written as

1 1 -1
I| | joLy + jwL¢ JjwLc Vi
I| -1 1 1 V,

ja)LC J wLB ja)LC

The equivalent admittance matrix and the original circuit admittance must be
equal. This yields:

L, -M 1 4 1 —1
jo(Lil—M?) jo(Lil, —M?) | _ |joL, ' joLc  joLc
-M L, - —1 1

jo(Lily —M?)  jo(LiLy — M?) jwLc joLg * jwLc
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R = 140

b d

Fig. 6.21 Circuit of Example 6.7. The mutual inductance can be replaced by its T equivalent

Therefore,

Ll - M?

AT T L,-M
L, — M?
Lp=—"—"2

S Y

LL, — M?
L=

Note 6.1 The loop current directions are preserved in the equivalent circuit.
Note 6.2 The terminal voltage polarities are preserved in the equivalent circuit.

Note 6.3 Positive or negative values of =M must be considered depending on the
original circuit.

Note 6.4 FEither T or IT circuits can be utilized, depending on the original circuit.

Example 6.7 Consider the circuit shown in Fig. 6.21. Using the T equivalent circuit
of the mutual inductance, find the current of each circuit (Fig. 6.21).

Solution The mutual inductance part of the circuit shown with terminals a, b, c,
d can be replaced with its T equivalent. Arrangement of dotted terminals and the
direction of currents result in positive mutual inductance value. The circuit and
current directions are shown on the Fig. 6.22.

The equivalent inductance observed at the terminals a, b becomes (2 mH — 3
mH) = — 1 mH. The impedance at @ = 1000 rad/s shows equivalent impedance of
a capacitor as —j1 Q.

KVL in loop @:

—120£30 + 101, + j3(I; + 1) = 0
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11 mH 2-3mH 10mH

120/ 30 R =14Q

O O
b d

Fig. 6.22 Mutual inductance is replaced by the T equivalent. The values of the inductance are
shown

KVL in loop @:
(14 4+ +j3(I, +12) =0
Using the matrix approach, the currents are obtained as:
[ ol 2]
Jj3 14410 | | I»

A0 ] [0

120230 | | 103.92 +j60
0 a 0

I 3 14410 0
L] _[ 499-j801 ] _[9432-5807]
L| 7 |-1.64+4/0.103| ~ |1.642 —266.4

Ideal Mutual Inductance

Consider the circuit shown in Fig. 6.23, in which, as mentioned earlier, the mutual
inductance is influenced by the geometry of the windings and the core material. Coil
@ (primary) has Nturns and coil @ (secondary) has N, turns. If the magnetic
material used in the circuit provides an ideal path such that the flux of one coil fully
passes the second coil, the induced voltages can be written as (Figs. 6.23 and 6.24):

d¢
= N _
Yy
and
d
v, = ]\]2_45

dt
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Fig. 6.23 A mutual M) o
inductance with primary and

secondary and a coupling

through magnetic material

Fig. 6.24 The turn ratio is
Nj : N, or normalized as

Ni: N2
n

1: n. Accordingly., the ® 1 )
applied voltage ratios are
proportional to the turn
ratio, and the current Vi Ny N2 Va2
flowing is reverse
proportional to the turn ratio

Ni: N2
® 1:n ®
Vi N1 ‘ N> Va2 [

As the value of self-inductance in both coils and the value of mutual inductance
reach very large numbers, the core has to provide path for the flux to link both coils
equally. The loading on secondary increases the current at the secondary circuit. This
generates flux and in the core which in turn increases the current taken from
the primary (Fig. 6.25).

Considering the induced voltage in both primary and secondary, the ratios
become:

Fig. 6.25 Ideal transformer
with load

Z

| S|

Ideal Transformer

v, Np

=—==np
vi N

In ideal transformer, the loss in each coil is negligible. The power input at primary
P;, = vqi; is therefore delivered at the secondary P, = v,i». This yields:

Viip = V2ip

Therefore, in phasor form, the ratio of voltages becomes:
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Vo, I
— = —=n
Vi L,

The impedance Z; at the secondary can be calculated as:
Vo=2Z,1,

Replacing from the primary voltage and current ratios, it results in:
1
l’lVl = ZL—I 1
n

This impedance observed (transferred) to primary is measured as:

Z Z
V1:—§11:>ZI:—§
n n

Note 6.5 Turn ratio n = 1 shows an isolation transformer. The voltage at the
primary and secondary is the same. The currents of primary and secondary are
also similar. The impedance is observed similar on both sides.

Note 6.6 Turn ratio n > Ishows a step-up transformer. In this case, the secondary
voltage is increased by n times, and, at constant power, the current is scaled down by
% times. The impedance transferred to secondary is n” times larger.

Note 6.7 Turn ratio n < 1shows a step-down transformer. In this case, the secondary
voltage is dropped by n times, and the current is increased at secondary by % times.
The impedance at the secondary is still n” times that of the primary.

Note 6.8 The impedance value is higher at the high voltage side.
Note 6.9 Negative mutual inductance is observed as a 180° out of phase signal.

Equivalent circuit of ideal transformer. Consider an ideal transformer with
impedance of primary and secondary windings. The equivalent circuit when the
transformer is seen from the primary side meaning that all voltages and impedances
are transferred to the primary is shown in Fig. 6.26. The impedance of the secondary
Z, when transferred to the primary becomes %, and the voltage of secondary V, when
transferred to the primary becomes %

The transformer equivalent circuit can also be seen from the secondary side. The
values of the primary must be transferred to the secondary. Therefore, the impedance
of the primary Z;, when transferred to the secondary becomes n°Z;, and the voltage
V1 becomes nV;. The equivalent circuit seen from the secondary side is shown in
Fig. 6.27.
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Fig. 6. i ircui 2
ig 6.26 Equivalent circuit I, Z; Zz/n
of an ideal transformer seen —
from the primary side —
Vi Va/n
Fig. 6.27 Equivalent circuit I, n221 Z,

of a transformer see from the
secondary side

R1 R2
/\/ [ ] [ ] /\/
| |
V ] 1 L1 |_2 2 V2

Fig. 6.28 Circuit of Example 6.8

Example 6.8 In the mutual inductance circuit shown in Fig. 6.28, find the currents
in each loop. Find #; and i,.

KVL : —Vl —|—R1]| —|—]a)L111 +Ja)M12 =0
KVL : jwlsl5 + joMI, — V5 + Ryl =0

Ry +jwL, JjoM L| _|Vi
Ja)M ]Cl)Lz + Rz 12 a V2
V] jwM
Vo jol, + R,

R| + joL JjoM
JoM JjoLy + Ry

11:‘

Ry +joL1 V,
JjoM Va
Ri + joL JjoM
JjoM joLy + Ry
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Fig. 6.29 Mutual
inductance circuit of
Example 6.9

Example 6.9 Find the total energy stored in the mutual inductance circuit shown in
Fig. 6.29.

di di,
=L—+M—
Vi(2) " + ar
_ dl] di2
Pi(t) =Vi(t) - ir(t) = (LIE Mﬁ) i
dl] diz
=(L,M) = Li—+M—
Wl(l‘) ( 1, ) /( ld + dt)ll dt
Let ll(t) =1, lz(t) =1

Wl([) = /Llildi + Midi,
1
= Elll%(energy in Ly, self inductance) + MI 1, (energy in mutual inductance)

1
W, (energy in Lyonly) = §L2122

WTotal = IWI + VVZ1
= 5141112 + 5142122 + M1,

Example 6.10 In the circuit of Fig. 6.30, find the equivalent inductance from ports
A and B.

Solution Using the T equivalent circuit, and considering the connection of two
mutual inductances, the equivalent inductance becomes:

Leg = (L1 = M)|[(L — M) +M
(L= M)(L, — M)
S M+ —m) M
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_—
3 g L

Be
Fig. 6.30 Circuit of Example 6.10
11 mH
3 mH
I
i [ [ ] =S

1

@ 2 mH 10 mH 2149

Fig. 6.31 Circuit of Example 6.11

Lo LiL, — M?
L+ L —2M

Example 6.11 In the circuit shown in Fig. 6.31, find I; and I, using equivalent
circuits.

Solution The mutual inductance can be replaced by its 7 equivalent circuit. The
circuit with replaced 7 model becomes (Fig. 6.32):

KVL in loop @:
—120£30 4101, + j3(I; + 1) = 0
KVL in loop @:

Jj1l, +j3(11 +12) + 141, =0
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11 mH (2-3) m (10-3) mH

siialigan

120430 G) 3 mH (D 214(2

Fig. 6.32 Circuit 6.31 when the mutual inductance is replaced by the T equivalent
j13 AL
B3 jlo+14 ||L|

Ll _[j3 B
L~ |3 jlo+14
120230 73 ’

‘0 jl10+ 14
‘j13 j3’

120 230°
0

120230°
0

I =

3 jl0+14

~ (60v/3 +j60) (14 + j10)
j13(14 4 j10) — (j3)*

_ 840V/3 + j600V/3 + j840 — 600

N j182 —13049

_ 854.92+ 1879.23j  2064.56 265.54
o j182—121  218.55.,123.62°

=945, —58.07 A

‘113 60v/3 + j60 ‘
i3 0
j13 i3
‘j3 j10 + 14 ‘

L=

~ —j3(60v/3+,60)  —j180v/3 + 180
©218.552123.62° 218.55,123.62°
3602 — 120

© 218.55,123.62°

=154, —243.62" A
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Problems

6.1. A 2mH inductor has N = 100 turns. If the coil current is i(¢) = 3 sin 120z¢, find
the flux variations in the core and the induced voltage at the terminals.

6.2. Two inductors are located such that maximum of flux linkage may occur. If the
inductance of the coils is L; = 25H, L, = 4H, what is the maximum possible
mutual inductance between the coils?

6.3. Determine the polarity of the induced voltage at the terminals of any of the
following mutual inductance circuits.

36 36
WO

6.4. Calculate total inductance of the following circuits.

o 12H L4 0.6H 2H
U I L S £ L L0

m:1H
®: 0.8H
m: 1H
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4H 5H
[ ] | |
6H 10H 2H
L]

m: 3H
®: 5H

6.5. Find V,, across the capacitor in the following circuit.

0.05H

1

_l_\ ° ®
12sin 20¢ @T_Qu 0.2H 0.2H TlF

6.6. Find the input impedance in the following circuit.

10 0.06H 50

VVVY ° . VVVYV
’_’ 1mH 3.6mH 72002

Zin

6.7. Find the PF of the circuit.

1H

RALED
0.5
®

1602 H 150
g =
’_. 1H 2H =150

PF

A

6.8. Find the reactance X such that the maximum power is transferred to the 10Q
load.

2

16£2 X 5402

j 261
[ o e 1
wr) S0 200 = 1002
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6.9. Find the current in the circuit.

;] 1522 1
e
L ]
10020 J500€)
[
6.10. Find the currents Iy, I», I5.
2.50 —j2002 100 250

Dn’C \
5020 \L.,/.-

1

I, 1:5 I,
2 L AAA
- }—P—\I'W\. = WY
72062 J1000
L ]




Chapter 7 ®)
Laplace Transform and Its Application s
in Circuits

Introduction

Most of the circuits introduced so far have been analyzed in time domain. This
means that the input to the circuit, the circuit variables, and the responses have been
presented as a function of time. All the input functions such as unit step, ramp,
impulse, exponential, sinusoidal, etc. have been introduced as a time-dependent
variable, and their effects on circuits have been identified directly as a function of
time. This required utilization of differential equations and solutions in time domain.
However, high-order circuits result in high-order differential equations, which,
considering the initial conditions, sometimes are hard to solve. In addition, for
circuits which are exposed to a spectrum of frequencies such as filters, the time
domain analysis is a limiting factor.

To simplify the analysis of high-order circuits and incorporate the variable
frequency nature of some circuits in effect, time domain analysis can be transformed
into a frequency domain analysis. One of the transformations that can take the
circuits from time domain to the frequency domain is the Laplace transform. In the
frequency domain, the input to the circuit, the circuit itself, and the results are
obtained using algebraic equations. The system response can be transformed back
into the time domain through the inverse of Laplace transform.

The process of using the Laplace transform to analyze circuits is:

. Find the Laplace of the input functions.

. Represent the circuit in frequency domain.

. Then find the desired response in the frequency domain.
. Transform back to time domain.

BN =

Figure 7.1 demonstrates a set of differential equations that are represented in time
domain. These equations are transformed to frequency domain using Laplace trans-
form and are presented by algebraic equations. Laplace inverse takes the circuit back
to the time domain.

© Springer Nature Switzerland AG 2019 225
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L

Differential
Equations

Algebraic
Equations

Laplace Transform
Lfl
Inverse-Laplace Transform
Time Domain Frequency Domain

Fig. 7.1 Laplace transform from time to frequency domain and Laplace inverse transform from
frequency domain to time domain

Mathematical Background

Laplace transform is defined for a given function f{¥), to be represented in frequency
domain using the Laplace operator s. It reads, Laplace of f{¢) is F(s) and is written as:

L{f(1)} = F(s)

Laplace transform is a two-sided transform which means it can be defined as time
from —ooto 4+-o00. The Laplace transform is defined as:

L{f(r))2 m F(t)edr

In this transform, the time domain representation of the function is transformed to
a complex frequency domain s = o+jw. However, this frequency remains a variable
in all presentations of functions.

Because most of electric circuits are defined and operated in positive time, the
Laplace transform in this book is defined as one-sided, e.g., in positive time.
Therefore, a one-sided transform is defined as follows:

400

L@} = Fle | fwe .

The Laplace transform exists for a given function f(¢) if and only if the integral
+00

f(t)e™"dt # oo exists.

Inverse of Laplace transform takes the functions from the frequency domain to
the time domain. It is defined as:

f(6) = L7H{F(s)}

Note 7.1 The functions in time domain are presented in lowercase alphabets such as
f, and when the frequency domain is presented, capital letters are used such as F.
This is helpful when the time variable 7 and frequency operator s are not shown in the
transformations.
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Laplace of Unit Step Function

f(&) =u(t)

According to the definition:

Us) = L{u(r)}2 A " ut)ear

However, the value of u(f) for time-positive ¢t > 0 is 1. Therefore:

> 1 00 1 1
U = 1. _Xtdl:_—xt — [, _ 0 _ 1
(S) /0 e —Se 0 p (e e ) .
Therefore:
1
L{u(t)}=
s
Example 7.1 Find the Laplace transform of 10u(?).
Solution
> ‘ 10 _. 10 10
U(s) = / 10.e7%dt = —e™ co_ Y (efoo . eO) _v
0 —S 0 Ky s

Laplace of Impulse Function

According to the definition:

A(s) = L{5(r)} 2 /0 " s()edr

Impulse function has value at the time that makes the argument zero. Therefore,
this function has value at t = 0. The integral becomes:

=1

A(s) = /Ooo 5(t)e"dt f20
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Therefore:

L{é(t)}=1

Laplace of Ramp Function

According to the definition:

ges

R(s) = L{r(t)}é/0 r(t)e "dt

The value of function is #(f) = ktu(t). Therefore:

R(s) = / ktu(f)e™*dt = k(t_est _ s_2€St>

0 -

Laplace of Exponential Function

f() =" ut)

The u(f) part of the function represents that the function is defined in positive
time, i.e., for t > 0.
According to the definition:

FO) = LU0 [ e ar

Therefore:
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Hence:

L{e" u(t)} =

(s —a)

Find the Laplace and Laplace inverse of the following functions:
(a) Step Function
Example 7.2 Laplace. L{10u(?)}.

Solution The Laplace of unit step function at amplitude 10 is F(s) = 1%

Example 7.3 Laplace Inverse. Find the original time domain function f{f) if the
Laplace transform is F(s) = =2

I

Solution The form of Laplace function % matches with that of the unit step, and
—3 is just an amplitude/coefficient. Therefore, the original time domain function has
been f(f) = — 3u(?).

Since the time domain function is obtained from the frequency domain function,
it can be written as:

(b) Ramp Function
Example 7.4 Laplace. L{5tu(t)}.
Solution The Laplace of a ramp with slope 5 is F(s) = 3.

Example 7.5 Laplace Inverse. Find the original time domain function f{r) if the

Laplace transform is F(s) = 1.

Solution The form of Laplace s% matches with that of the ramp function fu(f), and
10 is just an amplitude/coefficient/slope. Therefore, the original time domain
function has been f(t) = 10zu(?).

Therefore:

(c) Exponential Function
Example 7.6 Laplace. L{e 'u(?)}.
Solution This is an exponential with damping factor of —1. The Laplace transform

is F(s) =1

s+t
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Note 7.2 Note that if the exponential function has a positive damping, the Laplace
function will have a negative shift in frequency and vice versa.

Example 7.7 Laplace Inverse. Find the original time domain function f{r) if the

Laplace transform is F(s) = ;.

1
s+1
u(f) where « = — 1 and 3 is just a coefficient. Therefore, the original time domain

function has been f(r) = 3¢ u(?).

Solution The form of Laplace matches with that of the exponential function e

Therefore:

(d) Exponential Function
Example 7.8 Laplace. L{10¢*”u(t)}.
Solution This is an exponential with damping of +20 and amplitude of 10. There-

fore, F(s) = 15;.

Example 7.9 Laplace Inverse. Find the original time domain function f{r) if the

Laplace transform is F(s) = .

Solution The form of Laplace —5; !

u(f) where a = — 20 and 5 is just a coefficient. Therefore, the original time domain
function has been f(r) = 5¢~2"u(?).

matches with that of the exponential function e*

Therefore:

Laplace of Sinusoidal Function

f(t) = sin (w?)

According to the definition:

F(s) = LUf()} 2 / " faye
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Therefore:
o0
F(s) :/ sin (wt)e” " dt
0
However, sin (wt) = e'wl’z" " Therefore:

[=)

o0

s jot __ ,—jot —(s—jo)t _ ,—(s+jw)t
/%eﬂfdt:/e . ¢ dt
J2 J2
0
_! (1.e<sjm>r _ 1.e<s+jw>t>
72 \=(s — jo) —(s +jo)

SV 1\ e
2 \(s—jo) (+jo)) $P+?

0

Therefore:

L{sin (wt)}= =t o?

Laplace of Co-sinusoidal Function

f(t) = cos (wt)

According to the definition:
FO) = LU0} [ e ar
Therefore:
F(s) = /OOO cos (wt)e *"dt

Jjot | —jot
However, cos (wf) = ¢—%5¢—. Therefore:

Doejwt 4+ et , Ooe (s—jo)t 4 o= (s+jo)t
 — eYdr= dt

/ 2 ¢ / 2

0 0 oo
1 (o)t _ L (stjon
2 0
1
=2

(= e
(=

1 s
(s — jo) s+]w) 24 w?



232 7 Laplace Transform and Its Application in Circuits

Therefore:
s
L{COS ((Ut)} m
Example 7.10 Find L{sin 107 u(1)} = 5% = 74100
Example 7.11 Find the original time domain function that resulted in F(s) = 5.

Solution Looking at the format of the Laplace transform %sziy

sinusoidal function at a frequency of w = 3 and an amplitude of 53—0. Therefore,
f(t) =2 sin 3z u(r). Here, the u(r) function indicates that the function f{#) is defined
at time positive.

indicates a

Example 7.12 Find L{cos5¢ u(f)}.

Solution
S S

245 s2+25

L{cos5tu(t)} =

Example 7.13 Find the original time domain function that resulted in

__ _10s
F(S) 2 +v16'

Solution The format of the Laplace transform 105172 indicates a co-sinusoidal
function at a frequency of @ = 4 and amplitude of 10 Therefore, f(t) =10 cos 41 u(z).
The part of u(f) indicates that the function f{¢) is defined at time positive.

10s+3
s2+16°

Example 7.14 Find the original time domain function that resulted in F(s) =

Solution Looking at the numerator of the Laplace transform, if it is split into
lOs2 i yelas %ﬁ, it shows a summation of two parts: (1) cos function at a frequency
of @ = 4 and an amplitude of 10 and (2) sin function at a frequency of @ = 4 and an

amplitude of 3. Therefore, f(r) = (10 cos 4t + 2 sin 4t) u(r).

Example 7.15 Find L{10 sin (5¢4+30)}.

Solution
L{10sin (5¢ + 30)} = L{10( sin 5¢ cos 30 + cos 5t sin30)}

5
_10s2+2 0866+10 2505

_ 433 " s 75s+433
2425 2425 §2+25
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Laplace of Hyperbolic Sinusoidal Function

f(¢) = sinh(wt)
According to the definition:
Fi) =L 0} [ fioear
0
Therefore:

F(s) :/ sinh(wt)e™dt
0

wt

. ot
However, sinh(wt) = <. Therefore:

3 wt _ ,—wt 3 —(s—w)t _ ,—(s+o)t
/%e““dt:/e 3 ¢ dr

0 0
:1( 1 ef(sfw)t 1 (s+w)t> *
2\~(s—w) —(s+ o) 0
A T N
T2 ((s—a)) a (s—i—a))) 2 —a?
Therefore:

L{sinh(wt)} =a_g?

Laplace of Hyperbolic Co-sinusoidal Function

f(t) = cosh(wr)

According to the definition:

FO) = LU0} [ e ar
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Therefore:

F(s) :/ cosh(wt)e " dt
0

Wt —wt
However, cosh(wr) = <=—. Therefore:

T ot —wt —(s—w)t —(s+w)t
/76 +26 e‘”dt:/e ;e dt
0
1
2
1
2

0

Therefore:

L{cosh(wt)} s

Example 7.16 Find L{sinh107 u(t)} = 51% = =250

Example 7.17 Find the original time domain function that resulted in F(s) = SZSB 9

Solution Looking at the format of the Laplace transform 53_0s2332 indicates a

hyperbolic sinusoidal function at a frequency of @ = 3 and an amplitude of %.
Therefore, f(r) = 3 sinh3¢ u(r).
Example 7.18 Find L{cosh5t u(t)} = ;25 = 5=

T s2-25

Example 7.19 Find the original time domain function that resulted in F(s) = '3516.

Solution Looking at the format of the Laplace transform IOSZj 2 Indicates a

hyperbolic sinusoidal function at a frequency of @ = 4 and an amplitude of 10.
Therefore, f(f) = 10 cosh 4t u(z).

Example 7.20 Find the original time domain function that resulted in F(s) = slzofl%.

Solution Looking at the format of the Laplace transform, if the function is split into
lOSZj ye +%ﬁ’ indicates the summation of two parts: (1) a cosh function at a
frequency of @ = 4 and an amplitude of 10 and (2) a sinh function at a frequency of
@ = 4 and an amplitude of 3. Therefore, f(¢) = (10cosh4s + 3sinh4t) u(r).
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Example 7.21 Find L{10 sinh (5¢4+3)}.

Solution
L{10sinh(5¢ 4+ 3)} = L{10(sinh5¢ cosh3 + Cosh5tsinh3)}

5
=1 1 1 10.01
O 35 0.06 + () 125 0.0

B 503 +101 ls_lOl 1s+503
2425 §2425 52425

Laplace of Derivatives of Impulse

L{5(}
Each derivative of impulse function generates a s factor. Therefore:
L{5(n} =
L{5(l)} =5

In general:

L{a<">(t)}:s"

Laplace of Differential Functions

{0} = srs) - 107

where F(s) is the Laplace of function f{¢) in frequency domain and f(0™) is the time
domain initial condition at = 0™,

Note 7.3

df(t) _
d—Zf(f)

2
LS50} = 2r) 0 - (01

where f (07) is the differential of initial condition in time domain at # = 0"
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Note 7.4
& .
IO _ o
L{d;ftif)} — PF(s) = SUF(07) = 872 (0F) — oo — FD(0F)

Solve the following differential equations using Laplace transform.
Example 7.22 v + 3v = §(¢), w(0") = 1.
Solution Taking Laplace of both sides results in:
L{v +3v} = L{6(¢)}
L{v} +3L{v} = L{5(0)}
sV(s) —v(07) +3V(s) = 1
Replacing from initial condition:
sV(s)—143V(s) =1
Solving for V(s):

2
Cs+3

V(s)

Original time domain function v(f) has the format of exponential at damping
factor —3 and coefficient 2 as follows:

v(t) = 2e " u(t)
u(f) determines the function which is defined for positive time.
Example 7.23 ¥+ 4v +3v =0,v(0") = —1,v(0") = 2.
Solution Taking Laplace from both sides of the equation results in:
L{V +4v +3v =0}
(s°V(s) —sv(07) — 9 (07)) +4 (sV(s) —v(0")) +3V(s) = 0
(s°V(s) —s(=1) = (2)) +4 (sV(s) — (1)) +3V(s) =0
V(s)(s*+4s+3) +s—2+4=0

V(s) = -s+2 —s—2
4 24+ 3s+4 (s+1)(s+3)
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Splitting the fraction into two and assuming coefficients A and B result in:

A B —s—2

v(s):s+1+s+3 (s+1)(s+3)

Common denominator and simplification yields:

V(S)_(A+B)s+3A+B: —s—2
o (sHD(s+3) T (s+D)(s+3)
This results in A+B = — 1 and 3A+B = — 2.

This gives A = —%,B = —%. Therefore:

Vis) = 2 2
(5) s+1+s+3

The original time domain function v(f) has two exponential structures at damping
factor —1 and —3 with coefficients 1 and —2, respectively. Therefore:

Laplace Operations

There are several operations that can be utilized to simplify the Laplace transfor-
mation from frequency to time and vice versa. These operations have indicators
that are discussed in this section. Note that these indicators trigger specific oper-
ations which need to be carefully considered. Otherwise, the transformation may
become wrong.

Linear Combination of Functions

Liaf (1) +pg(0)}
Laplace of linear combination of several functions is the summation of Laplace of

those functions.
Consider L{f(t)} = F(s), and L{g(®)} = G(s), then:

Liaf (1) £ pg(1)} = al{f (1)} + pL{g(t)} = aF(s) £ PG(s)
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Note 7.5 This is true only for summation of functions and not in the product.
Therefore:

L{f(1)g ()} AL{f (1) }L{g(1)}

Example 7.24 Find L{e~>'+ sin 31}.

Solution
1 3
L{@isr —+ Sin 3t} = L{eiSt} —+ L{ Sin 3t} = H——S —+ m
Example 7.25 Find L{cos5¢+2 sin 3¢}.
Solution
L{cos5t+ 2sin3t} = L{cos 5t} + 2L{ sin 3¢}
s 3 7s* + 159

= 2 =
s2+25+ 249 (s2425)(s2+9)
Example 7.26 Find L{— cos 5¢+2 sin 5t}.

Solution
L{—cos 5t + 2sin 5t} = —L{ cos 5t} + 2L{ sin 5t}
—s 5 —s+ 10
s2425 52425 (s2425)

Example 7.27 Find the original time domain (Laplace inverse) of L' {(;;;*2150)}.

Solution Splitting the function into(xfsm + <S21+—025>reveals two known structures for

s 3 (11} .
€os as 7 and for sin as . Therefore:

L - + 10 ——c055t+&sin5tt>0
(s2425) (s> +25) o 5 =

Shift in Time

Lif(t+a)}

A shift in time domain becomes an exponential in frequency domain.

L{f(t+a)} = €“F(s)
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Fig. 7.2 Pulse function of
Example 7.28

Example 7.28 Find the Laplace of the function shown in Fig. 7.2.

Solution The function is a summation of two shifted unit steps by 5 and 10 s,
respectively, at an amplitude of 7 and —7. Therefore, f(f) = 7u(t — 5) — Tu(t — 10).
The Laplace becomes:

L{Tu(t — 5) — Tu(t — 10)} =7L{u(t — 5)} — 7L{u(r — 10)}

— 78—5x_ _ 76710x_ — _(efix _ e*lOS)
N N N

Example 7.29 Find the Laplace of the function f(r) = 2tu(t — 3).

Solution As the function shows, only the step function is shifted by 3 s. To use the
time shift operations, all time functions must have been shifted by the same 3 s. To
obtain such function, the part that is not shifted will be shifted manually as follows:

f()=2(t—34+3)u(r—3)
f(&) =2(t =3)u(t —3) +2(3)u(t — 3)

Now the function is shifted by the same amount of 3 s, and the Laplace operation
can be used as follows:

L{2(t = 3)u(t —3) + 2(3)u(t — 3)} = %6_35 + 26_35

Product by an Exponential

L{e“f(t)}

Appearance of an exponential and function f{¢) triggers a shift in frequency as
follows:

L{e™“f(1)} = F(s +a)

Note 7.6 This means that after taking the Laplace of f(r) as F(s), convert all
s — (s+a).
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Example 7.30 Find L{e >u(f)} = ?

Solution The exponential e~ triggers a shift in frequency over the L{u(#)} = 1 by
s — s+5. This results in:

Example 7.31 Find L{e > sin 3¢} = ?

Solution The exponential ¢ ' triggers a shift in frequency over the L{sin3t} =

3

pe) by s — s+35. This results in:

—5¢ .
L{e ! S SI} = m
Example 7.32 Find L{e % cosh t u(t — 5)} = ?

Solution Only one part of the function is shifted by 5 s. The rest should be manually
shifted as follows:

f(t) = e 213 )cosh(r — 5+ 5) u(t — 5)
f(t) = e 2179¢725) [cosh(t — 5)cosh(5) — sinh(r — 5)sinh(5)] u(r — 5)
£(t) = [e7*®)cosh(5)e 2" cosh(t — 5) — e~>sinh(5)e 2 ~Vsinh(z — 5)] u(t — 5)
Laplace transform of f(r) becomes:

s+2

1
—5s ~10; —5s
— € + e sinh(5)——~——e

(s4+2)°+1 ®)

F(s) = ¢ '%cosh(5) (s+2)°+1

Product by Time Factors

L{tf (1)}
Factors of ¢ trigger a differential in frequency domain as follows:

L{if (1)) =~ F(5)

S

In general, when multiplied by 7":

LU0} = (1) F()
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Example 7.33 Find L{tu(?)}.
Solution ¢ indicates a derivative operation f% of the Laplace of u(f). Considering
that {u(r)} =1, it can be concluded that L{ru(z)} = -4 (1) = 1.

Example 7.34 Find L{u(r)}.

Solution 7 indicates a second derivative of the Laplace of the function u(?).
Therefore:

Example 7.35 Find L{/'u(?)}.

Solution Accordingly:

i n!
Example 7.36 Find L{re >'u(r)}.

Solution The exponential e > triggers a shift in frequency over the Laplace of the

function £. Therefore, L{} = 35 = 3 shifted by s — s+5 results in:

31
(s+5)*

L{t36751} —

Divide by Time Factors

The factor % indicates an integral of the Laplace transform of the function f{(f) as

follows:
L{%f(t)} = /0 Pl
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Complementary Laplace Inverse Techniques

To obtain the time domain transform of the Laplace functions, it is best to convert the
function to individual functions or templates with known Laplace inverse trans-
forms. Some of the techniques that can help in identifying known templates from
given frequency domain functions are introduced in this section.

Long Division

In fractions that have a polynomial in the numerator with higher order than the
polynomial in the denominator, a long division results in functions that are simpler to
break into known templates.

Example 7.37 Find the Laplace inverse of the function L™ {%}

Solution Long division results in:

S+ +s+1 0, S5s+9
=P 427254
212 s”+2s s +s2+2
Split the fraction into two terms:
S 4+254+s+1 0, S5s+9
—_—= 25* — 25 — 4
212 s+ 2s s +(s2+2>
3 2 s 9 V2
= +25 = 2s— 44+ |5— S+ —F=—"""F7)
<s2—|—(\/§)2 V2 2+ (V2)°

Now, all terms are presented in known templates:

2
Ll{s3—|—2s2—2s—4+5 s 9 V2 }

2+ (V2! V2e+ (v2)

=5 +25-26 —45+500sx/§t+% sinv2t,t > 0.

Partial Fraction Expansion

Using this technique, fractions with high-order polynomials can be broken into
simpler functions and known templates to find the Laplace inverse transforms.
Consider a fraction with numerator and denominator polynomials where the order
of numerator is less than the order of denominator:
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_ Num(s)

Fls) = Den(s)

Depending on the form and order of the denominator, several cases may exist.

Case 1 Simple distinct roots. In this case, the denominator has distinct roots. The
numerator coefficients can be calculated by:

Fs) Num(s)
1 (s +pi)
n Al

F(S) - i=1 (s+pl)

Each A; coefficient is obtained by a product of the original function by the
denominator of the fraction (sﬁ—"p) or (s+p; ) and evaluating the entire product at

the root of the denominator as follows:

Ar=((stp)FOl _ _,

Example 7.38 Do partial fraction expansion of function F(s) = ﬁ

Solution The denominator s°+5s+6 has two roots of s = —2 and s = —3.
Therefore:
s—1 A] A2
F = =
(s) s2+55+6 s+2+s+3

To find each of the coefficients A; and A,, the procedure is as follows:

s—1 21
A = 27 = = —
=) S T els=—2 " 253
s—1 31
A = 37 = g
2= 43 G s gls= -3 = 372
s—1 3 4
F p— =
() s2+55+6 s+2+s+3

Case 2 Denominator has repeated roots. Root p; is repeated m times, and there are
some other roots.
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Num(s)

F(s)

(s+2)" T (s+p)

i=1

The partial fraction expansion must include all power of s+p; from 1 to m and all

distinct roots p; as follows:

Bl BZ — Az
F(s>:(s+ 7 T Ry (s +
pj (S +pj) pj i=1 pl
To find B coefficients:
Bi= (s+p;)"F
=) RO,
B — d(s —|—pj)mF(s)
: ds §=—P;
In general form:
g oL A" (s+p)"F(s)
" (m—1)! dsm—1 §=-p;

Example 7.39 Do partial fraction expansion of function F(s) =

s—1
(s+1)° (2455+6)°

Solution Denominator has two distinct roots of s = — 2 and s = — 3 and three
repeated roots of s = — 1.
Therefore:
s—1 By B, B; Ay A
F(s) = = + + + +
() (s+1°(2+55+6) (s+1)7° (s+1)> s+1 s+2 5s+3
s—1 —1-1 -2
By =(s+1)} - - -~
1= )(s+1)3(s2+5s+6)S=—1 (-1?=5+6) 2
By =-1
d 3 s—1 d s—1
By=—|(s+1) = (- -
2 s <( ) (s+l)3(s2+55+6)> s=-1 ds ((s2+5s+6)) s=—1

(s +55+6) —

(s—1)(2s+5)

(s + 55 +6)

s=—1
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(-17—=546) — (-1 —1)(-2+5) 2+6
(~12=5+6) -4
B, =2

1 d* 3 s—1
:W<(H—1) (5+1)3(s2+5s+6)>
_i((s2+5s+6)—(s—l)(2s+5)>
~ ds (s + 55 +6)
d[(—s*+2s+11)
_£< (s2 4 55 4 6) )‘S:—l
(=25 +2)(s* + 55 + 6)2 —2(25+5)(s®> + 55 + 6)(—s> + 25 + 11)
(s> +5s+6)" s=—1
(@Qs+2x§+5s+6)—2Qs+SX—§+2s+1U>

3

s=—1

s=—1

(s + 55 4 6)°
_4x2-2x3x10 52

2x8 - 2x8
By = —375
s—1 —2-1
Al = S+2 =—=3
O G| = 2 SixH
—1 31
Ay = (s+3) - S Y
(s+1)3(s+2)(s+3)|s=—3 -8x-1
-1 2 -37 -0.
F(s): + + 3 5+ 3 + 0.5
s+1° (s+1)? s+1 s+2 s+3

Case 3. Complex Conjugate Roots In case the denominator has a set of repeated

complex conjugate roots as s = — a =£ jp repeated m times as follows:
Num(s)

F(s) = i 7

G+ a—ip"G+atip) .
k k k k

F(s) = ! —— + ! — + 2_ o i 2. pr

(s+a—jB)"  (s+a+jf)"  (s+a—jp) (s + a+jp)
ki k™

Gta—ip) Gratip)

The process is similar to the one in real repeated roots. However,
the coefficients k; = lk| 2« 6,,.. .k, = lk,| 2 6, are complex conjugate
values of ki, = Ikl 2 — 6,,.. .k, =k,| 2 — 0,
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Application of Laplace in Electric Circuits

As illustrated earlier, Laplace is utilized to express and solve for circuit parameters in
frequency domain. Laplace transforms of all circuit components including the input
sources, the elements, and the responses are required to be completely expressed in
frequency domain. Transformation of sources in Laplace domain directly applies the
methods introduced in the beginning of this chapter. In this section, Laplace trans-
form of the circuit elements is introduced.

Resistors in Frequency Domain

Consider a resistor shown in Fig. 7.3 with current i(7) passing through and a voltage
drop v(f) across the element. Ohm’s law indicates that:

v(t) = Ri(z)

The Laplace transform of this equation considering no initial condition (because
resistors do not store energy) can be obtained as follows:

L{v(t) = Ri(1)}
V(s) = RI(s)

Therefore, the resistance value in frequency domain remains similar to its time
domain value and both of which are measured in Ohms Q.

Inductors in Frequency Domain

Consider an inductor with inductance of L Henrys. Current i(f) drops voltage v(f)
which is related as follows:

di(t)

v(t) = L7

Considering an initial current of I, through the inductor, the Laplace transform of
the equation is obtained as follows:

R

A~

Fig. 7.3 A resistor represented in frequency domain
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L{v(t) = LdiT(zt)}

V(s) = L(sI(s) — I,)
V(s) =sLI(s) — LI,

Interpreting this equation in a mesh and through KVL, the voltage drop V(s)
equals the voltage drop across an impedance sL times the current I(s) in series with
a voltage source that is generated by the existence of initial current LI,. The
inductor tends to keep the current constant by changing the voltage polarity. For
this reason, the source indicating the initial current demonstrates a negative
polarity at time ¢ = 0. Figure 7.4 shows the frequency domain equivalent of an
inductor charged with initial current /.

Note 7.7 The unit of inductance L(H) in time domain is Henry, but the its Laplace
transform in frequency domain is measured in ohms sL(£2).

Solving for I(s) results in admittance equivalent of an inductor in frequency
domain:

1 1
=—V
sL s

This equation demonstrates that the current passing a charged inductor is equiv-

alent to a parallel of inductor with admittance i and a current source which is
generated because of the initial current as %ID. Figure 7.5 shows the parallel

equivalent of a charged inductor in frequency domain.

Capacitors in Frequency Domain

Consider a capacitor at capacitance C that is initially charged at voltage V;, as shown
in Fig. 7.6. The current i(¢) generates voltage v(¢) which is related as:

L ) LI,
o 1 ARR | _ v
+ w(1) - + (s) -

Fig. 7.4 Laplace transformation of a charged inductor from time domain to frequency domain. The
initial charge of the inductor is shown as a voltage source in series connection to the inductor. This
model is best for KVL analysis. Note that the polarity of the voltage source is reversed
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Fig. 7.5 Laplace
transformation of a charged
inductor when the initial
charge of the inductor is
shown as a current source in
parallel to the inductor. This
model is best for KCL
analysis

Fig. 7.6 Laplace
transformation of a charged
capacitor when the initial
charge of the capacitor is
shown as a current source in
parallel to the capacitor.
This model is best for KCL
analysis. Note that the
direction of the current
source is reversed

7 Laplace Transform and Its Application in Circuits

1(s)

1(s) l

V()
l(t)_CT

Taking Laplace of this equation considering the initial charge at time v(t = 0™)

= V, results in:

L{i(t) = Cd‘;—(tt)}

I(s) = C(sV(s) —v(0T)) = CsV(s) — CV,

Considering a parallel equivalent circuit, the charged capacitor in frequency

domain is presented as:

I(s) = CsV(s) — CVy

The equivalent circuit is shown in Fig. 7.6.
The voltage V(s) can be obtained to show a charged capacitor in series form.

The voltage is:

1 1
V(S) = a[(s) + ECVO
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The circuit is obtained by writing the KVL across the uncharged capacitor and the
source representing the initial charge as a voltage source. Once this source is
presented as a current source, a parallel circuit represents the initial charge. Consid-
ering a KVL as shown in the above equation, the equivalent circuit can be obtained
as shown in Fig. 7.7.

Circuit Analysis Using Laplace Transform

Laplace can be used in circuit analysis in two ways, (1) solving differential equations
that are obtained from circuits and (2) writing circuit KVL and KCL equations
directly in Laplace. This section studies techniques to write circuit equations directly
in Laplace.

To write KVL and KCL equations in Laplace domain, the following steps are
recommended, although some of these steps can be skipped depending on the circuit.

Step I: The circuit elements must be converted to their Laplace equivalent. Table 7.1
lists the equivalent of circuit elements in frequency domain.

Step 2: Convert current and voltage sources from time domain to Laplace domain.
These sources preserve the type of the source, but their functions or values are
transformed into frequency domain. For instance, a current source of i(f) = 10u(f)
remains a current source with the same direction, but its value becomes
I(s) = 10%

Step 3: Dependent sources remain a dependent source, and their functions are
converted to Laplace domain. Their dependent parameter from time domain is
converted to the Laplace of the same parameter.

Step 4: The voltage drop across a Laplace represented impedance is V(s) = Z(s)I(s)
and can be used in KVL.

Step 5: The current of a branch written in KCL is obtained from I(s) = Yis)

— Z(s) "

Step 6: Writing KVL and KCL in Laplace domain should result in a set of algebraic
equations. Solve these equations for the desired parameters.

Step 7: Take Laplace inverse of the circuit responses and find the time domain
functions and values.

cv,

S

+ V(s) -

Fig. 7.7 Laplace transformation of a charged capacitor from time domain to frequency domain.
The initial charge of the capacitor is shown as a voltage source in series connection to the inductor.
This model is best for KVL analysis
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Table 7.1 Table of circuit element conversion

Circuit Time domain Laplace domain impedance | Laplace domain admittance
element (unit) Q) Qh

Resistor R(Q) R %

Inductor L(H) sL ﬁ

Capacitor C(F) % sC

Example 7.40 Find the current flowing through the circuit of Fig. 7.8 in Laplace
domain.

Solution Steps 1 and 5. Converting the circuit elements and the source function in
Laplace domain requires the inductor 10 mH to be presented as 10e — 3s (€2) and the
resistor to remain as a 20 resistor. The source of 10u(f) becomes 13—0. The current
flowing through the circuit is (s). Since all impedances in the frequency domain are
presented in Qs, the voltage drop across each element is the product of the current /
(s) by the impedance. For instance, the voltage drop across the inductor is 10e — 3s/
(s), and the voltage drop across the resistor is 201(s) (Fig. 7.9).

Writing a KVL starting from the negative terminal of the source and circling
clockwise results in:

10
—— 4 10e — 3 s I(s) +20I(s) =0
s

Solving for I(s) results in:

1

I(s)=— 5
() =106 —35 7 20

Simplifying the equation by factoring the 10e — 3 out to make the denominator x
ba monic polynomial results in:

B 10 1000
C0.01s(s +2)  s(s+2000)

I(s)

Taking Laplace inverse by partial fraction results in:

1()—A+ b
Y S T 5+ 2000)
_ 1000 1
~ Ts(s+2000)|s=0 2
1000 1

B = (s +2000)-

(s + 2000)| s = —2000 — 2
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Fig. 7.8 Circuit of Example 10mH
7.40 in time domain

10u(?) 20Q
Fig. 7.9 Laplace transform 0.01s(QQ)
of the circuit (Example 7.40)
_—s
10 1s) 200
K
Therefore, the function can be written as:
0.5 0.5
I(5)=—2——2
s (s +2000)

The time domain, by taking Laplace inverse and using the templates introduced
earlier, can be obtained as:

i(t) = 0.5u(t) — 0.5¢ 72 (r) A
Example 7.41 Considering the circuit of the previous example (7.41), find the
voltage across the 20 € resistor and the voltage across the 10 mH inductor both in

frequency and time domains.

Solution The voltage of 20 Q in frequency domain can be obtained as:

0.5 0.5 10 10

Vapo =20I(s) =20( = - —— ) =—
200 (s) (s (s+2000)> s (s +2000)

And the voltage in time domain is:

va0 () = 10u(t) — 1022y (1) v
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The voltage across 10 mH inductor is obtained in Laplace domain as (remember
the ohmic value of this inductor in Laplace domain is 10e — 3 s = 0.01s (Q2)):

1000 10
V m = O'Ol I = 0.0ls =
10 me () si(s) s(s +2000) (s + 2000)

In time domain, this current is:
VlOmH(t) = 10672000%{(1‘) |4

Example 7.42 Considering the circuit in Fig. 7.10, find the current of each branch I;
and /I, in Laplace and in time domain.

Solution Circuit element and source equivalent in Laplace result in the following
circuit (Fig. 7.11):

The current I(s) can be obtained by dividing the voltage by the total impedance
observed at the source terminals. Therefore:

20 20 20 20
Js) = 24100 25100 _ 24100 _ #4100
A 4 = 4 =
2 4 (1”_> 4 L 25(s+4)+4
N 2S+ N

s+4 s+4
14
s
20(s +4)
(s> +100)(252 + 8s + 4)

10(s +4)
(s 4+ 100)(s®> + 4s +2)

I(s) =

This fraction can be split into two partial fractions as follows:

I(s) = 10(s + 4) _ As+B n Cs+D
T (24 100)(s2 +4s+2) 2100 524+ 4s+2
where A = — 0.1017, B =0.0071, C =0.1017, D = 0.399.
Therefore:
1(s) —0.1017s + 0.0071 0.1017s + 0.399
5) =

_|_
s* + 100 (2445 +2)=(s+2)° -2

Splitting the fractions results in the known templates for sin, cos, sink, and cosh
as follows:
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Fig. 7.10 Circuit of
Example 7.42 in time
domain

2sin10¢

Fig. 7.11 Laplace
transform of the circuit
(Example 7.42)

10
st +10°
_0.1017s  0.0071 543932
I(s) = 0.1017 212222
) =700 T 100t 51272

The coefficient of the last fraction 3.932 can be written as 2 + 1.932 to show
the same shift of frequency by 2 rad/s as the term (s +2)> demonstrates.

~0.1017s  0.0071 (s+2)+1.932
1(s) = 0.1017 -~ 72
&) =910 Teri00 " (s+2)° -2

(s +2) 1.932 )

—0.1017s ~ 0.0071

I =
) =100 T2 7 100

+0.1017 . .
(s+2°-2 (s+272-2

Therefore, the time domain expression of the current can be obtained as follows
(note that the shift in frequency becomes an exponential in time domain):

71
sin 10¢

i(t) = —0.1017 cos 107 +

1.932
+0.1017 (ezfcoshﬁz 5 e—z’sinhfzz> ) u(f)A

Current division between the branches of% Q capacitor and the 1 Q resistor is as
follows:
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1 s s 10(s +4)
1(s) 4 =3 =53 (s + 100)(s* + 45 +2)
S
10s _ As+B Cs+D

(s24+100)(s2 +4s +2) s2+100 s>+ 4s+2
A = —0.0875,B = 0.3570,C = 0.0875,D = —0.0071.

Therefore:

_ —0.875s N 0.3570
T 24100 s2+ 100

I (s)

+00875<s+0.0811>

(s42)* -2

—0.875s  0.3570

1) =7 100 T2 1 100

219189
+0.0875 (2 21
(s+2) =2

~ —0.875s n 0.3570
~ 524100 52+ 100

s+2 1.9189
II(S) )

+0.0875 —
((s—|-2)2 -2 (s+2)°-2

70 sin 10¢

i1(t) = | —0.875cos 107 +

1.9189
40.0875 (ez’cosh\/it =5 ezfsinhfzt> ) u(t) A

Current passing 1€ resistor is obtained by current division as follows:

3 4 1(s) = 4 10(s + 4)
s+ 4(s2+ 100)(s2 4 45 +2)

Yy

B 40 _ As+B n Cs+D
(524 100)(s2 +4s +2)  s24+100 s +4s+2

A = —0.0143,B = —0.3499, C = 0.0143, D = 0.4070.

Therefore:

—0.0143s n —0.3499
s24+100  s2+ 100

Iz(S) =

00143 <s + 28.4615)

(s4+2)* -2

Is) = 001435 —0.3499
221100 T 52+ 100

2 26.461
+0.0143< S+ 64615 )

(s+2)2—2+(s+2)2—2
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99
sin 10¢

(1) = <—0.0143 cos 10r —

26.4615
+0.0143 (e%oshf r— e”sinh\/it) ) u(t) A

V2

Example 7.43 Considering the circuit in the previous example (7.42), shown as
follows, find the voltage across the 1 Q resistor (Fig. 7.12).

Solution The current I(s) passes through the parallel of 1 Q and % impedances.

Therefore, the voltage becomes:
4
V) = 165117

Replacing the values results in:

10(s + 4) 4
Vo = -
(s) (s2+100)(s2+4s+2)< |s)
Vo(s) = 10(s + 4) 4 40
(2 100) (2 +4s +2) (s+4) (52 +100)(s + 4s +2)
_ As+ B Cs+D
T 24100 s244s+2

A = —0.0143,B = —0.3499, C = 0.0143, D = 0.4070.

Therefore:

—0.0143s  —0.3499 5 +28.4615
Vo(s) = 0.0143 ( ==
&)= 100 T rao0 " <(s—|—2)2—2>

—0.0143s  —0.3499 s+2 26.4615
Vo(s) = 0.0143
o) ="37700 T2 100 ( )

(s—|—2)2—2+(s—|—2)2—2

Fig. 7.12 Laplace
transform of the circuit
(Example 7.43)

10
s +10°
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99
sin 10¢

vo(1) = (—0.0143 cos 10r —

26.4615
+0.0143 <e2fcosh\/’ t— 7 ezfsinh\/ir> > u(t) v

Example 7.44 Considering the circuit shown in Fig. 7.13, find the current in each
loop, 1,(s),I5(s) as a function of input voltage V,,(s).

Solution The circuit in Laplace form has two loops as follows:

KVL ©. —Vin($)+RI1(s)+sLi(1(s) — Lx(s)) = 0
KVL @ %IQ(S) + SL2[2(S) + SL] (IQ(S) — Il (S)) =0

Solving for I(s), I>(s) results in:
(R + SL])I] (S) — SL112(S) = Vin(s)

1
(SC + 5L + sL2>12(s) —sLiI1(s) =0

Finding I;(s) from the second equation results in I(s) = %
(& + sLy + sLy)I>(s), and replacing it in the first equation yields:
(R—FL)1 1—l—L—i—L I(s) LiI5(s) = Viu(s)
s —|—=+s S s)|—s S) = VinlS
I\ \se 1 2 |12 112
Solving for I5(s) results in:
1
L(s) = s Vin(s)
((R+510) (G + s +5L2) ) = sl
Simplifying:
Fig. 7.13 Circuit of 1
Example 7.44 R SC
| |
Vi ($) I(s) I(s)
sL sL
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- CL152
~ CLiLys® + RC(Ly + Ly)s® + Lis +R

I(s) Vin(s)

This function represents the current in the second loop as a function of input
voltage source. Considering I)(s) = 5= (5 + sL1 + sLy)I2(s), and replacing this
from the second loop current, /,(s) becomes:

1 1 1
Il(s) = — (+SL1 +SL2 Vin(s)

sC ) ((R—‘,—SLl)(t(LC—f—SLl +SL2)) —SL1)
Simplifying current /,(s) in terms of voltage V;,(s) yeilds:

C(Ll + L2)S2 + 1

I =
1) = LIy + RO + L) + Lis + R

Vin (S)

Example 7.45 Consider the circuit shown in Fig. 7.14. Find the voltage of nodes in
terms of the input currents using the Laplace transform.

Solution Taking Laplace transform of the circuit, the circuit shown in Fig. 7.15 is
obtained.

For simplicity in writing KCL equations (in this example), the Laplace operator
s is omitted from the functions.

KCL @. -1, + 2+ sC(V, = V3) =0
KCL®@. L +2+sC(V,— V) =0

Simplifying results in:

1
<E+SC>V1 —sCV, =1,

v() | | v(?)

ii(f) R L L(f)

Fig. 7.14 Circuit of Example 7.45 in time domain
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Vi(s) sC Vy(s)

® ® I i ® ©)

HOREIRETOY

Fig. 7.15 Laplace transform of the circuit (Example 7.45)

1
—sCV, + <—+SC) Vy=—-I
sL

v _RCLUIL-DL)+1) _ R+, R,
' UCL?+RCs+ 1 @4 B LT 2 Ry T
y. _ Ll = CRsl, + CRshy) Rs? RLs(ze+5) |
)= — == 1

- R Lot R 1
CLs?> + RCs + 1 s2+ 55+ 16 2+ 85 + 76
As these equations show, the voltages of V; and V, are functions of both input
currents /; and /.

Laplace Transform

7.1 Find the Laplace transform of the following functions:

(a) fr) = 10u()

(b) iy = — 206(z)

(©) fi) = — Swu()

(d) fir) = 10e"u(r)

(e) A1) = 3te>"u(r)

() f(r) = 20 sin 751u(?)

() fiH) = sin*wru(r)

(h) f(r) = cos’wtu(r)

(i) fir) = 10 sin (5t+30)u(t)
() f(£) = 110v/2cos 377t u(t)
(k) fit) = 12 sinh 207 u(r)
(1) fi) = 10 cosh 2zt u(?)
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7.2 Find the Laplace of the following function operations:

(a) A1) = 2u()+5tu(t)
(b) fit) = 10 sin 20¢+5 cos 20t
(c) flt) =5 sin 3t — cos 15¢
(d) fir) = 3¢ " sin 15¢

(e) fir) = 75¢ "% cos 314¢

) fiH) = 3¢~ " sinh 15¢

() fit) = 75¢~ "% cosh 314¢
(h) fir) = 13tu(t — 5)

(i) ft) = 10te >'u(t — 4)

() fit) = 5Cu(p)

7.3 Find the Laplace inverse of the following functions:

(a) F(s) = 1+s

b) F(s) = 45

© F(s) =5

@ F(s) =

©) F(s) = 755
(D) F(s) = 1k

(@) F(s) = 75

(h) F(s) = ol
Q) F(s) = 345
() F(s) = o
&) F(s) = 550
() F(s) = 5515
(m) F(s) = a7 7100
M) F(s) = g7t
(0) F(s) = %5
(p) Fls) = &5
(@ F(S) = (32+1100)
(r) F(s) = m
() F(s) = 535y
O F6) = e
(u) F(s) =1e™
V) F(s) =

(W) F(s) = e 1025
X) F(s) = s
(v) F(s) = SH
(2) F(s) = 2=

259
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7.4 Prove that:

(a) L{coshat cosat} = ﬁlﬁ
2s(52—3w2)
(> +w?)’

(b) L{t2 cos a)t} =

7.5 Find the convolution of h(f) = f(¢) * g(¢), wherein f(t) & g(¢) are:

@) fit) = u(®) — u(t — 5), g(®) = 3u(t — 4) — 3u(t — 5).

(b) A1) = u(t) — u(t — 5), g(t) = 3tu(t) — 3(t — Syu(t — 5) — 3u(t — 5).

©) fit) = Sut) — u(t — 1) — u(t — 2) — 3u(t — 3), g(t) = 3tu(t) — 6(t — Du
(t — D43t — 2)u(t — 2).

7.6 Do the following convolution integrals using Laplace and direct method:

(@) f1(®) * fo(0)

JAON f(0) 4
5 5
3
2 4 :t 3 7 > t
-2
(b) f(1) * f(0)
f2(®) A
5
3 3
2 4 =t 4 6 ?
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(c) f5(1) * fo(1)

fS (t) f6 (t)

> >
5 1t 4 6 ¢

7.7 Solve the following differential equations using Laplace transform:

(@) y+9% =0 y0) =5

(b) §+9y=0 y(0) = 0,y(0) =2
(©) y+2y = 10u(t) y(0) = l,y’(O) = —1
(d) y+42y = 10tu(t) y(0) = l,y'(O) = —1
© -2y —3y=46 ¥0) =1,y(0) =7

® 454+y=0 y0) =1y(©0)= -2
@) 45 4y = sin (1) y(0) =0y (©0) = — 1
(h) §+2) +5y=0 yO) =2y(0)= —4
@ Y42y =u(t) —u(t—1) 3(0) = 0,y(0) = 0

) ¥+3y +2y =6t —a) y(0) =0,y (0) =0

7.8 Using Laplace transform find i1(¢), i»(f), v(?).

=N

10u(t) A 60 4H v(t)

7.9 Using Laplace transform find v,(?).

R

Vin C Vo(t)
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7.10 Using Laplace transform find v, (7).

R L
_/W\/\_fTVM +
\Y, —— C Vvo(t)

in

7.11 Using Laplace transform find I;, V().

30
I1
+
17u(t) 0.5, =7Q vy(t)
7.12 Using Laplace transform find i(z), v(¢).
I0=20A +
1000 5H v(t)
7.13 Using Laplace transform find i(7), v(?).
. | +
i(t)y
1kQ —— 0.5F V=100V vy(t)

7.14 Using Laplace transform find v{(), v,(8), v3(2).

100
v, 100y 50 -y,

3tu(t) 120 2(t-1)u(t-1)




Laplace Transform 263

7.15 Using Laplace transform find v((¢), v,(#), i1(t), i»().

200sin10t




Chapter 8 )
Transfer Functions Check or

Definition of Transfer Function

Linear physical system with one or multiple set of input and output can be
represented by mathematical functions that relate any of the outputs to any of the
inputs. These functions are unique and are defined based on the systems governing
equations. The transfer function of a system is defined as the Laplace transform of
the output response over the Laplace transform of the input excitation. Transfer
functions are defined for any desired set of input and output functions that may relate
the input and output together. Considering the Laplace transform of the input
function as X(s) and the output as Y(s), the transfer function H(s)can be defined as:

In time domain, the transfer function A(f) is defined through the convolution
product (*) as follows:

¥() = x(t) *h(t)
The Laplace transform of the convolution product is obtained as:
L{x(t)*h(1)} = X(s)H(s)

This chapter identifies transfer function of linear circuits in both the frequency
and time domains. Figure 8.1 demonstrates the system response when a desired input
is applied to the system’s transfer function.

Example 8.1 A circuit has a response function of y(f) = 2¢~" sin (10¢f) when the
input function of x(f) = 3u(f) is applied. Find the transfer function in frequency
domain.

© Springer Nature Switzerland AG 2019 265
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Time Domain Frequency Domain

x(t) y(t) X(s) Y(s)
h(t) H(s)

Fig. 8.1 Relation of the input, output, and the transfer function in both time domain and frequency
domain. In time domain, convolution integral obtains the output for a given input signal x(¢) by y
(t) = x(¢) * h(?). In frequency domain, a product of the system transfer function H(s) by the given
input signal X(s) determines the output by Y(s) = X(s)H(s)

Solution According to the definition, transfer function is a division of Laplace
transforms of the output response over the Laplace transform of the input signal.
Hence, the transfer function is obtained as:

. 20
~ L{y(t)} L{2e7'sin(10t)} (71’100 %S

HO=To@y ™ @)~ 3 G 1)P4100

Example 8.2 Transfer function of a system is given as H(s) = s%s Find the output
if the system is excited by input x(r) = Su(?).

Solution In frequency domain, the transfer function definition finds the output in
Laplace domain to be

H(s)2 % =Y (s) = X(s)H(s)

The Laplace of input is obtained by:
X(s) = L{5u(1)}
Hence, the output becomes:

51 5

Y(s):§s+5:s(s+5)

In time domain, the output can be obtained by:
y(t) = 5u(t) ke >u(r).

In this chapter, a technique to obtain this convolution product is introduced.
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Fig. 8.2 Two systems in
parallel that receive two

separate inputs. The overall X4 hi =
system output is an
algebraic summation of the
X
2

separately excited system h»>
outputs

Multi-input-Multi-output Systems

In physical systems, an output may be influenced by several inputs. The transfer
function of this system is the linear summation of all transfer functions excited by
various inputs that contribute to a desired output. For instance, if inputs x;(f) and
X»(#) directly influence the output y(#), respectively, through transfer functions %,(7)
and h,(f), the output is therefore obtained as:

y(t) = x1 () %~y (£) + x2 (1) % hy (1)
In Laplace domain, the output is obtained as:
Y(s) = X1(s)H1(s) + X2(s)Ha(s)

Figure 8.2 demonstrates this system’s configuration.

Note 8.1 In MIMO systems, individual transfer functions are obtained by measur-
ing the output signal while applying an input signal to one input port and zeroing out
the rest of inputs.

Note 8.2 In the MIMO system with two inputs, transfer function H,(s) is obtained
when a signal is applied to X;(s) and X,(s) is kept zero.

Y(s)
Hi() =375 | xa(s) = 0
Similarly,
Y(s)
o) =31 x1(5) = 0

Obtaining Transfer Function of Electric Circuits

Transfer functions of electric circuits demonstrate a mathematical representation of
the circuit behavior. A transfer function defined for an input and output set is unique
and depends only on the circuit characteristics and not the input or output signals.
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Fig. 8.3 RL circuit. The -
input function is forced by
the voltage source, and the
output is either the measured !

voltage across the inductor Vin L Vout

. . . +
or the current in the circuit

O—

However, circuit parameters such as voltage and current can be used as input and
output signals to obtain the transfer functions. For instance, in the following circuit,
Vi, can be considered as an input signal, and [ and V,,,, are considered as output
signals. It is a totally desired signal consideration and has to match the reality of the
circuit operation. In this circuit, a source is the actual driver of the current and the
voltage measured across the inductor. Therefore, it makes sense to consider it as an
input. The results are the current flowing in the circuit (Fig. 8.3) and the voltage
appeared at the inductor.

Based on this logical approach, the following transfer functions can be defined:

Hlé— or Hzé

Now the question is how to find these transfer functions. One of the best
approaches is to solve the circuit in Laplace domain for the desired output defined
in the transfer function. For instance, to find the transfer functionH,, the circuit can
be solved to obtain /, and to obtain the transfer function H,, the circuit can be solved
for V.

When the desired output parameter is identified, it is required to do the changes
and use replacements to express the desired output in terms of the circuit input
signal. Then the ratio of the output over input can be easily obtained.

Example 8.3 In the given circuit of Fig. 8.3 find the transfer functions defined as
H 2L or HyaYou

Solution To find H;, as explained, the circuit is solved for /.

The circuit current is obtained using a KVL as follows:
—Viu+RI+sLI=0

The current becomes:
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The output / is in terms of the input voltage V;,. Therefore, no further replacement
is needed. A ratio of the output / over the input V;, can be obtained as:

1

1
Vi R+sL s+Z&

==

Hl(S):

To find Hy(s), the circuit is solved for the desired output V,,,,, as follows:
Vou =1 X sL

Now the current is not the type of input the transfer function was asked for.
Rather, the input has to be the input voltage. Therefore, a replacement of I with its

equivalent R‘-t;L seems necessary. This yields:
Vin
Vouw = sL
out = 8 R+ sL

The ratio of the output over input is obtained as:

Vouw — sL s
Vie R+4sL s+&

Hz(s) =

Example 8.4 Show the equivalent of the circuit a transfer functions obtained in
example 8.3.

Solution See Fig. 8.4.
Example 8.5 Find the transfer function of the circuit shown in Fig. 8.5.

The circuit has two loops with current flowing /; and I, and the source of V;,. The
transfer functions can be defined as
H(s) = ‘ff (8) and Hy(s) = ‘f?((?). This means that the transfer functions require
that the circuit be solved for I; and I,. The results are shown as follows:

Fig. 8.4 Equivalent system Vin m I
transfer functions to obtain 1

the current or the voltage = | (R+sL) I il
when the input is the voltage

(R+sL)
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Fig. 8.5 Circuit of Example R C

8.5 N\A

“Of 3 3

Fig. 8.6 Circuit of Example C
8.6 Vi I Vs

I Cf) R L C; L

C(Ly + Ly)s* + 1

I =
) = G © RC(L; + Lo)s® + Lis + R

Vin (S)

CL182

I(s) =
2) = CLios +RC(Ly + Ly)s*> + Lis + R

V,‘n (S)

The only step remaining is to obtain the ratio of the output over input signals as
defined in transfer functions. Therefore,

Hi(s) = Ii(s) C(Ly + Ly)s* 4 1
" TVL(s) T CLiLys® + RC(Ly + Lo)s> + Lis + R
I CLs?
H(s) = 20s) _ 2

Via(s)  CLiLps3 + RC(Ly + Ly)s* + Lis + R

Example 8.6 Considering the circuit shown in Fig. 8.6. Find the transfer functions

defined as H(s)2 ‘1/]‘((;;, Hy(s)2 ‘1/2‘((;)), H;(s)2 ‘1/]2((;;, and Hy(s)2 ‘1/22((;)) . The circuit has

two inputs /; and I, and two outputs V; and V, were defined. Therefore, there can be
four transfer functions defined (Fig. 8.6).

Solution Considering the transfer functions defined, one can see that the problem is
asking for voltages V; and V.

The solutions are as follows:

R(CL(I =) + 1) _ R(l +5¢) R
VST e TR 11 R4kl Rk
s“ 4+ RCs + sc+1s+ie §sC 78+ 16
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Ls(l = CRsli + CRsI,) _ Rs* RLs (7 5) ;
CLs* + RCs + 1 S2-|-’L—?s-i-i1 s2+§s+ﬁ2

Vo=

As the solutions demonstrate, each of the voltages is dependent to each of the
input current sources. For instance, V;is a function of both /; and I,. To obtain

transfer function H, (s)2 ‘1/1'8, the second current surce value should be zero, I, = 0,

or:

Hy(s)2 , Hy(s) 20

T0) Iz(s) —0 nis) . Hence,

Il(x) =0

R(1+ 4 R
PAD LS R p——
S +ZS+E

T 2R 1°
§$°+ IS+

Va(s) Va(s
Hi () 2775 Iy = 0 T 2T ]

. Hence,
Il(s) =0

Rs? RLs(7=+s
s H4(s) = -5 (gc 1)
) +ZS+E

Transfer Function Operations

Consider a large circuit with several branches, nodes, and sources which generates
several responses. The circuit can be broken into manageable sections to find the
transfer function. Each section’s transfer function can be obtained. The overall
transfer function is obtained through some operations defined for parallel, series,
feedback, and feedforward connection of transfer functions. In this section, these
operations are introduced and analyzed.

Series connection. Consider two or more transfer functions connected in series.
The output of one transfer function is fed to the input of the other and so forth, as
shown in the Fig. 8.7.

The overall transfer function is the product of all transfer functions as:

TF(s) = ﬁ TF;(s)
i=1

= —>{ TRIRIRLTR >

Fig. 8.7 Tandem connection or series connection of transfer functions
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Fig. 8.8 A circuit is broken into three tandem-connected subsystems. The transfer function of
overall system is the product of the individual transfer functions of subsystems

Example 8.7 Consider a multi-loop circuit as given in Fig. 8.8. Find the transfer
function of the circuit defined as H(s) = y=.

Solution The circuit can be split into three sections which are connected in series.
Transfer function of each section is obtained to find the overall transfer function. It

can be observed that:

Vo Vo, Vo Vi

X X
Vin V2 V] Vin
Each of these transfer functions can be obtained as follows:

L _1
Vi . sCy 1 _ __RCG

V,’,,_Rl—‘r%_l—FR]C]S_S—Fﬁ

R
Vai R _ u
Vi Ry+sLy s+ %
1 1
Vo_ & _ 1 _ &6
- 1 27 2 1
Vo  shy+ G 14+ L,Cys s° + LG
Replacing into the overall transfer equation,
1 R 1 Ry
Vo RG L .G, RiCiC, Lil,

= 1 B 24 1
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TFy
—> @e = TFL+TF;

TF>

Fig. 8.9 Parallel connection of two systems receiving the same input signal

Parallel Connection

If two or more transfer functions are connected in parallel, their operation will
depend on the final operation designed by the circuit. For instance, consider the
following transfer functions (Fig. 8.9).

The equivalent transfer function becomes the summation of two systems as:

TF = TF, + TF,

Feedback Connection

Connection of transfer functions as feedback suggests a measurement of the output
compared with the desired reference to generate an error signal. This signal is used to
correct the behavior of the system. In feedback systems, the output signals may be
added or subtracted from the reference signal which generates positive or negative
feedback, respectively.

Consider the transfer function of the plant G and the feedback signal transducer
F as shown in Fig. 8.10.

Signal E is obtained as E = R — CF. Looking at the plant transfer function, G, the
output signal C = EG. Replacing error into this equation yields:

C = (R— CF)G

The transfer function is defined as the ratio of output over input transfer functions
€ obtained as follows:

C(1 + FG) = RG

The transfer function of a negative feedback in a single loop system is obtained by
the ratio of feedforward gain G over 1 plus the loop gain FG. The feedforward gain is
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Fig. 8.10 Closed-loop connection of system G through system of F. Since the feedback signal is
subtracted from the reference R, the system is called “a negative feedback closed-loop system”

+ ~E

-+

Fig. 8.11 Closed-loop connection of system G through system of F. Since the feedback signal is
added to the reference R, the system is called “a positive feedback closed-loop system”

Fig. 8.12 Closed-loop + E Kk
system of Example 8.8 R (5+5) > C
2
(s+1)

the gain observed in a forward path from the input to the output, and the loop gain is
the product of all transfer functions existing in the loop circulating once.

In a positive feedback system as shown in Fig. 8.11.

The error signal becomes E = R+CF. Considering the output signal C = EG, and
the replacement from the error yields:

C=(R+CF)G
The transfer function of a positive feedback system becomes:

c__ 6
R 1-FG

Example 8.8 System diagram of a circuit is shown in Fig. 8.12. Find the transfer
function of the closed loop system.

Solution The transfer function of the closed-loop system is obtained as & by

R
identifying the feedforward path and the loop gain.

Feedforward path is the direct connection from input R to output C identified as

HLS’ and the loop gain is identified as the product of system and the feedback as
K 2

5 T Therefore, the closed-loop transfer function becomes:
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C__ &5 K+
R 1+5 2 @2465+5+2K

Feedback and Change of Order of Circuit

The order of a circuit is determined as the higher power of s in the denominator of its
transfer function. The feedback system may change the order of a circuit too. As

explained in previous example, the plant H—LS is a first-order circuit. However, the
K(s+1)

c_ __Kit+)
closed-loop system = 6%

is a second-order system.

Example 8.9 Consider a circuit with input x(f) and output y(f), presented in its
differential equation as follows:

y+2y +y=xX+6x +x

Find the transfer function of the system G(s) = %

Z

Solution The transfer function is the ratio of the Laplace of output over the Laplace
of input signals. In this example, the Laplace transform of the differential equation is
identified as:

(s> + 25+ 1)Y(s) = (s* + 65 + 1)X(s)

The transfer function becomes:

Poles and Zeros

Consider a transfer function defined as the ratio of two polynomials, namely, the
numerator and the denominator. These polynomials depending on their order might
have several roots. Any root of the numerator polynomial makes the transfer
function zero. Hence, the roots of the numerator polynomial are defined as zeros of
the transfer function. Any root of the denominator polynomial makes the transfer
function oo. The roots of denominator polynomial are called poles of the transfer
functions. Poles and zeros are measured in frequency domain and have the unit of
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rad/s These frequencies may become real numbers or complex conjugate numbers
which indicate complex conjugate frequencies. The real and imaginary parts indicate
various parts of a response as explained in Chap. 4, response of second-order
systems.

Phase Plane

The type and location of poles and zeros determine many characteristics of the system
including the system response to a desired input, and its stability among others. A
complex conjugate plane that indicates the location of all poles with a cross x and the
location of all zeros with a circle O is called phase plane. As the system gains or
parameters change, the location of poles and zeros changes and shows a trajectory
that indicates system characteristics. This topic will be discussed in details in the rest
of this chapter. The phase plane has one real and one imaginary axis that show the real
and imaginary part of the poles and zeros. This distinction is important as it indicates
the limits of stability and the effect of controller gains.

The real value axis can be divided into positive (right hand) and negative (left
hand) side. This divides the phase plane into Right Half Plane (RHP) and Left Half
Plane (LHP) regions (Fig. 8.13).

Imaginary axis

Left Half Plane Right Half Plane . Real axis
(LHP) (RHP)

Fig. 8.13 Figure of a phase plane. The real and imaginary axes are shown. The plane is divided into
left and right half planes that show entirely different system characteristics. This plane shows the
location of poles and zeros and their trajectories should the system parameters change (due to
controller effects or the system changes). Poles and zeros in RHP possess a positive real part and
those in LHP possess a negative real part
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Limit of Stability

The phase plane is one indicator that the system is stable, and if a change occurs in
the system whether it remains stable. This indicator depends on the time domain
response of a system.

For instance, consider a system response as y(f) = 2¢"~ u(f). This exponential
value increases as the time increases. This does not reach a steady value, and if this is
the energy of a system, it shows a growing lavel of energy in the system and can
virtually reach an infinite value which is out of control. This system is unstable
because its internal energy does not remain bounded. It remains stable if the internal
energy decreases or remains constant. For instance, consider the same system with a
negative exponential argument as y(f) = 2e73’u(t). In this system, as the time
increases, the system loses energy and reaches a stable operation, the origin.

Translating these systems into frequency domain through Laplace transform
reveals that the unstable system Y(s) = % had a pole in the RHP (positive real

part pole) and the stable system Y(s) =-2; had a pole in LHP (negative real

s+3
part pole).

It can be concluded that stable systems have no poles in RHP. They also
should not have repeated poles at the origin.

To understand this analogy, consider a system as G(s) = Slzwhich has two poles at
the origin. The Laplace inverse of this system is g(f) = fu(f). As the time increases,
the value of g(f) increases and reaches infinite. Therefore, since there is no limit for
this output (or energy) increment, the system is considered unstable.

Phase of the system. The system depending on the location of poles and zeros
may have a phase. The phase of a transfer function is identified as the phase of
numerator minus the phase of denominator. For a stable system response as it is
explained in details, the phase of the system should be less than —180 . Considering
that this phase is a subtract of two numbers, the phase of numerator helps decrease
the phase hence making it more stable and show better response. Zeros in RHP show
a positive phase as their phase is calculated by tan ~! %. This takes the system move
away from its best phase angle and makes it closer to the limit —180 . Therefore, the
systems with zeros in RHP are called non-minimum phase systems. Their response to
a control action in time domain shows an initial decrease and moving away from the
reference before moving towards the reference. An initial dip causes a lot of trouble
for the control system. Examples of these systems can be found in power electronics
boost converters or the water level controls in drum of power plant boilers.

+31

Example 8.10 Find the poles and zeros of the following transfer functions.

s+1
G(s) = ——.
(s) o
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Fig. 8.14 Figure of poles Pole-Zero Map

and zeros of G(s) = £ 2

Imaginary Axis (seconds'1)
o

-2 -1.5 -1 -0.5 0 0.5 1

Real Axis (seconds'1)

This system has a first-order numerator which results in one zero as the root of
s+1 = 0. Therefore, the zero of the transfer function is s = —1 rad/s. The
denominator is a second-order system which results in two poles as the root of
s?+1 = 0. This yields two complex conjugate roots of s = = j1 rad/s.

The phase plane of these roots can be shown as Fig. 8.14

The system is stable as there is no poles in RHP.

52 +4

G(s) =5—F—.
(s) s2+2s+5

The system has two zeros and two poles. The zeros are obtained from the roots of

s*+4 =0as s = = j2 rad/s. The poles are obtained by the roots of s> — 2s+5 = 0 as

s = 41 +£ j2 rad/s. As the poles have all positive real parts, the system is unstable
(Fig. 8.15).

3.
s> —4
G(s) =5————
(s) s2+2s+5
The system has two zeros at s* — 4 = 0 as s = =+ 2 rad/s. One of the zeros is
located in RHP which makes the system non-minimum phase. The poles are
obtained by the roots of s*+2s+5 = 0 as s = — 1 4 j2 rad/s. As the poles have

all negative real parst, the system is stable. Therefore, the system is stable, but
non-minimum phase (Fig. 8.16).
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Fig. 8.15 Figure of poles Pole-Zero Map
2 5 : r T
and zeros of G(s) = 252
4t 4
3r J
o 2 ® o y
c
K22
2 0
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> -1t 1
@©
£
g 2 x o ;
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s J
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Fig. 8.16 Figure of poles Pole-Zero Map
_ P-4 3 T T T T
and zeros of G(s) = 5.5
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gt 1
o
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E
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Initial Value and Final Value Theorems

A partial time domain response of a circuit can be approximated by its initial and
final values. To obtain these values, the system response limit is obtained as the time
reaches zero or infinite. Consider y(f) as the system response. Therefore:

Initial value becomes y(0) = lin& y(2).
—

Final value becomes y(co) = llim ¥(1).

If all values are given in frequency domain, one way to obtain the initial and final
values will be through the Laplace inverse transforms of the response and then
evaluate the system initial and final values in time domain.

An alternative approach will be the use of initial and final value theorems, which
directly utilizes the frequency domain system responses. According to the initial
value theorem, the initial amount of a function is obtained by:

¥(0) = limy(¢) = lim sY(s)

t—0 §—00

Note 8.3 Left-hand side of this theorem is in time domain, and the right-hand side is
in frequency domain. Once the time reaches zero, the frequency must reach infinite.

Note 8.4 There is a factor s imposed in the frequency domain.
The final value, which is also called the steady-state response, is accordingly
defined as:

¥(00) = 5 = lim y(r) = lim s¥ (s)

Note 8.5 Left-hand side of this theorem is in time domain, and the right-hand side is
in frequency domain. Once the time reaches infinite, the frequency must reach zero.

Note 8.6 There is a factor s imposed in the frequency domain.

Example 8.11 Find the initial and final value of the following signals:

‘,2 S .
1. Y(s) = ﬁ .

Solution Do not forget that the limit parameter values are switched from time and
frequency and that the initial value is found as y(f — 0) = lim s $335405 —

§—00 s(s41)
Hint. When a polynomial of order n is reaching infinite, the polynomial is
equivalent to its highest-order component, e.g., when s— oo ,s°+3s+1 = s°.

. . . 2
Final value is found as: y(t — oo) = lims =303 = 1
s—0 s(s+1)

This means that the signal y(f) was started at value 1 and reached to value 1/2 as
shown in Fig. 8.17.
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Fig. 8.17 Time 1
representation of y(f) also

shows y(0) =1 and y

(00) =0.5 0.9

Initial Value

Amplitude

0.6

Final Value\

1 2 3 4 5

0.5
0
Time(sec)
Fig. 8.18 Time 1 .
representation of y(f) also KInitial Value
shows y(0) = 1 and y 05f 1
(00) =0 Final Value
[
©
2
2
IS
<
_3 1 1 1
0 5 10 15 20
Time(sec)
s—10
Y(s) = 5o
s +3s+1
o _ $2—10s __
Solution Initial value is obtained by: y(t — 0) = hm s 5 +3S +1 Sllglo Pl —
lim =1
s—00

The final value is obtained by y(r — o0) = }i_r}%s 2i3i+l = 11m0 ’10 =0.

The signal y(¢) starts from 1 and reaches 1 at very large tlme. Flgure 8.18 shows
the sketch of the response.
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Order and Type of a System

A system may be presented by its governing differential equation. A standard form of
differential equation has two polynomials that represent the input and output dynam-
ics. The order of the system is the highest degree of differential in the output equation.
Consider the following differential equation where y is the output and u is the input:

YO @) +ary™ V(1) + ..+ awy(t) = bou™ (1) + biu™ V(1) + ... + byu(r)

The polynomial that is a function of y:output, is the output equation and the
polynomial that involves u: input is the input equation.

Output equation: y™(0)+a;y" = P(O)+. . 4a,y()

Input equation: bou™(1)+bu™ =~ V(t)+. . .+b,u(?)

Order of a System: The order is defined as the highest order of the differential in
the output equation or n. This system will have n poles.

The system transfer function can be obtained as the ratio of the Laplace of the
output over the Laplace of the input as follows:

_ bps" +byis" N 4+ by

H
(5) s"astl 4+ +a,

Type of a System: Type of the system H(s) is the number of its poles at the origin.

First-Order Systems

A first-order system has one pole. In a standard form, it can be expressed as:

k

H(S):s+k

The location of the pole is at the root of the denominator or,

s+k=0

()
S

The DC gain of this system is 1.

A first-order system cannot generate oscillations in the response because its pole can
only be a real number. Hence, resulting a time response as an exponential function.

For instance:

H(s) =

s+5
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This system has a pole at

It is a first-order system. Since this system has no poles at the origin, the
system is type 0.

Another example (nonstandard 1st-order system):

Consider the system

s+ 0.5
H =
(s) s—4
The pole of the system is located at:
s—4=0
s =44
The system has a zero at:
s+05=0
s=-—0.5

It is a first-order system. Since the system has no poles at the origin, the
system is type 0.

This system has a pole at:
s=0

It is a first-order system. Since the pole is also located at the origin, the
system is type 1.

Second-Order Systems

The highest-order differentials of the output equation of a second-order system is
2. Therefore, the denominator of second-order systems is a quadratic equation
resulting two poles.
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Standard Form Standard form of a 2nd-order system contains several parame-
ters as follows:
2
0]
H(s) = 5——"——
(5) 52 + 28w,s + o2
The factor ¢ is the damping factor of the system, and w,is the natural frequency or
resonant frequency of the system.
A second-order system can be obtained by its damping factor and its natural
frequency. For instance, the transfer function of a system with damping of 0.4 and
the natural frequency of 400 rad/s is:

B 400°
242 x 0.4 x 400 s + 400?

H(s)

The DC gain of a standard form 2nd-order system is 1.

The location of poles in a 2nd-order system depends on the amount of damping.
The step response according to the location of poles and the damping conditions are
discussed as follows:

In general, the location of poles in a second-order system is:

51,20 = —fw, T , \/ CZ -1

Case 1 When the damping is zero (§ = 0), the system is oscillatory:

if :§=0, then:s, = tjw,

Step Response

A 4
Amplitude

Case 2 When the damping is 0 < { < 1, the system is underdamped:

if:0<f<l, then:sl,zz—é'a)n:tja),,\/l—{,’z
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Considering:
wg = w\/1 =

Where o, is the damping frequency.
Therefore:

51,2 = —lw, £ jog

4 Step Response

X
o 15 /\
el
. 2
> * 5
£
X 0.5
0 .
0 1 2 3 4 5

Case 3 When the damping is one { = 1, the system is critically damped.
if : =1, then:s1, = —w,

In this case, the system response has no oscillation.

4 Step Response

0.5

NN
A

v
Amplitude

Case 4 When the damping is larger than 1, { > 1, the system is overdamped.

81,0 = —Cw, £ op\/ -1
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Step Response

0.5

3
3
v

o>

Amplitude

0

0 1 2 3 4 5

Nonstandard Form: A nonstandard 2nd-order system still has two poles but may
have zeros. A transfer function of second-order system with a zero may exist as
follows:

28 w,s
Hs)=——"-—"7-———
(5) 52 + 2L wys + w2

2 2

H(s) s°+ w;,

T2+ 2wes + ?

Step Response of Second-Order System

In a second-order underdamped system, the response generates an overshoot and
settles over time to reach the reference. The response analysis involves several time
and amplitude that are discussed in this section.

ffff (Y + @y D) + - + ay(1) = M f (Bt (€) + b u™D(€) + -+ bou(t) )

n Infegrals n Integrals
y+a1fy+a2ﬂy+--~+anﬂf ...Jy:bmfff ...Ju+-~-+bofff Ju
\7\(7,0 - v—" [N ‘/7,»
n Integrals 1 — m Integrals n Integrals

The step response of an underdamped second-order system shown in Fig. 8.19
can be predicted by knowing the damping factor { and the natural frequency w,,. The
measures that can result in these values are shown on the figure. They can be defined
as follows:

Rise time (#,): It is the time it takes for the response to reach from 10% to 90% of the
reference.

Delay time (#,): It is the time it takes for the response to reach 50% of the reference.

Peak time (£,): It is the time of the first peak.
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Fig. 8.19 Step response of Step Response
an under damped system . : r

3 M
2 100% /?\d}%
Q. 90% |---- E \/ $E5%
€ P
< —ht _
10% Z g E |g 1 1 1
g td? tp tss ts2
it, !

Maximum overshoot (M,,): It is the maximum amount of response that exceeds the
reference.

Settling time % (Z;5): It is the time that the response reaches within £ % 5 variation
from the reference.

Settling time % (%, ): It is the time that the response reaches whithin + % 2 variation
from the reference.

The values of these parameters can be obtained as follows:

, - cos ¢
r = Py
_1-0.7¢

g

g

Iys =
Can

4

~ L,

I

Example 8.12 A second-order system has damping factor { = 0.6, and the natural
frequency of w,, = 100 rad/s. Find the transfer function of the system. Determine the
step response overshoot and peak time.

Solution The standard second-order system is expressed as follows:
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1002
H(S): 2 2
242 % 0.6 x 1005+ 100

—ng —r0.6

M, = eV1-2 = V102 = ().094

This means there is exists a 9.4% overshoot. The peak value becomes
140.094 = 1.094:

d
wg = o/ 1 =& = 100V1 —0.62:80%

t, = 8—’; =0.0393 s

Example 8.13 Step response of a system is shown as follows. Find the transfer
function of the system (Fig. 8.20).

Solution The system step response reaches maximum value of 1.16. This means a
0.16 Maximum Peak or

M, =0.16
This results in:

—at

M, = eV =0.16

Fig. 8.20 Step response of Step Response
Example 8.13 1.5 System: untitied1
Time (seconds): 1.2
Amplitude: 1.16
|
1
(0]
©
2
£
IS
<
0.5
0
0 1 2 3 4

Time (seconds)
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Taking natural log of both sides results in:

e
Ln (em> =1n0.16

i:_1,83
V1-=¢2
22
T gy
1-¢
2
1_ 2= 7 2
¢ 1.832§
1= (2944 + 1)¢?
=05

From the response, the time of peak is recorded as 1.2 s. Therefore,

tp:wld:I.Z

T T

1.2

Wi @,\/1 - N

Replacing the damping value, found earlier, results in:

T
. A—)
w,V1 — 0.5
"2 xV1I=05° s

Knowing the damping { = 0.5 and the natural frequency as @, = 3, a standard
transfer function becomes:

2
H(s) = — “n
(s) 52 + 2L wys + @2
32
T2 +2x05x35+3°

9
H(s) =—————
(5) s2+65+9

H(s)
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Fig. 8.21 Figure of closed-
loop controller R

The Effect of Controller on Type-Zero Systems

Consider a plant (system) with one non-zero pole and either no or one zero. The type
of a system refers to the number of poles located at the origin. The system can be
expressed as G(s) = wLa where k is the gain and a is the pole, decay factor, or the
inverse of time constant. This system can be tuned and influenced by another block
which is named a controller. The controller in a closed-loop system is shown in
Fig. 8.21.

The closed-loop system has the following transfer function: &= fE. —

R~ T+LG —
k

it _ kG, . .

T c+$ = etk The poles of the transfer function can be placed at any desired
locations on the phase plane to obtain the desired system responses. The gain k not
only tunes the system gain, but also it influences the location of poles.

The controller can be considered as follows:

(a) Simple gain controller, proportional, G. = k,. The closed-loop system
becomes:

kk,
s+ (a+ kky)

C
R

This results in a straight forward pole placement and controller through both gains
of k and k..

The system error shown on Fig. 8.21 can be calculated as E = R — C.

A division by R shows the error signal as:
=1-

E C
R R

Replacing from the transfer function results in:

_ kkj, _ s+a
s+(a+kkl,) _s+(a+kkp)

E
2
The error depends on the input R to the system.

1. Consider a unit step r = u(f) or R =1
The error becomes:
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s+a 1 s+a
E:R = —
s+ (a+kk,) s s+ (a+kky)
1 s+ a a
eg = lim s— =

5—0 5§ §+ (a + kkp) (a + kkp)

It is a limited error and reaches zero only if a very high gain k,, is applied. High-
gain controllers are particularly not desirable as they tend to amplify noise too and
expensive to implement in hardware.

2. Consider a ramp input as r = fu(t) or R = %2

The steady-state error becomes:

.1 s+a a
ey = lims— = =00

s—0 §2 5+ (a + kkp) (a + kk,,)

This means that the proportional gain controller in a type zero system cannot limit
the system error under ramp excitation.

(b) Effect of a proportional-integral (PI) controller on type-zero systems. The
control system is now considered to be G, = k,, + % The transfer function of the
closed system considering this controller becomes:

k(ky +%)
s+ (a+k(k, +4))

C_
==

The error is always:

1. Consider a unit step »r = u(f) or R = %
The error becomes:

ki
E:l<l— k(kP+€)
s+(

s a+k(kp+%))>

The steady-state error is calculated as:
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e = limss [ 1- k(ky +%) L k(ky + ) L
58 s—0 5 S+(a+k(kp+%)) S+(a+k(kp+%))

Note 8.7 It is observed that the integral part of the controller can force the system
reach a zero error condition. Therefore, it can be concluded that the PI controller has
zero control error in type-zero systems with unit step input.

2. Consider a ramp input as r = fu(f) or R = Si

The steady-state error becomes:

e”:limsl 1— Kk +5) :ﬁml 1— k(kp +5) _ 2k
o= e ) I\ e +9)) R

Note 8.8 The system tracks the ramp input with a non-zero steady-state error.

3. Considering a hyperbolic input as r = 'u(t), n > 2, or R = S"%

The steady-state error becomes:

ess = lims ! 1— Kk, +5) :liml 1— k(ky +15) —
S0 st S-I—(Ll-‘r-k(kp-‘r%)) s—0§" s+(a+k(kp+%))

Note 8.9 This means that the system cannot track the inputs with higher order than fu

).

Tracking Error Considering the Type and the Input
as Reference Waveform

A summary of what explained in the steady-state error calculations while the type of
the combined controller and the plant are considered against the input reference is
summarized in the following table:

As a hint: The Laplace of input reference determines the type of the input.

e If the type of the controller and the system combined matches the type of the
input, the error is limited.

 If the type of the controller and the system combined is less than the type of the
input, the tracking is impossible.

 [If the type of the controller and the system combined is higher than the type of the
input, the error is zero.
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Tracking error
System input System type O System type 1 System type 2
Unit step Limited error Zero error Zero error
Ramp Cannot track. Error = oo Limited error Zero error
Parabolic Cannot track. Error = oo Cannot track. Error = oo Limited error

Convolution Integral

Consider a system presented by a function in time as A(f). Once an input signal x() is
applied to this system function, an output signal y(f) will be generated. Almost all
systems operate based on this principle, and there is a need to identify the output
signal. The use of this analysis is to determine the stability of system, the type, and
the shape of the output. Most often the input signal is identified as a series of
recorded data points which might make the analysis difficult. One technique to
obtain the output is convolution integral (Fig. 8.22).

In time domain, the output is obtained as follows:
y(t) = h(t)*x(t) = x(t)*h(t)

Where in the * represents the convolution.

Example 8.14 The system A(f) = 2tu(f) receives an input signal of x(¢) = 3u(t) and
explains how the input and output are related.

Solution The output is obtained through convolution integral as follows:

¥() = x(t) *h(t)
y(t) = 20u(t) *3u(t)

Properties of convolution integral. Consider three signals x(7),A(f) and y(?):

1. x(¥) * h(t) = h(t) * x(¢)
2. x(#) * (h(®) * z(1)) = (x(2) * h(D) * z(2)
3. x(®) * (h() + z() = (x(?) * h(D) + (x(@) + z(©)

Fig. 8.22 Time domain x(t) y(t)
representation of a system £

(1), input x(¢), and the output h(t)

O]



294 8 Transfer Functions

It is of utmost importance to describe the convolution integral operation. This
operation can be defined as an integral of product of the two given signals in a partial
time steps as follows:

+o0 +00

y(t) = x(£)kh(t) = / x(Dh(t — 2)dA = / x(t — A)h(A)dA

—00 —00

Let's consider that the signals are defined for positive time, i.e., # > 0, and that the
systems are “causal,” i.e., the more number of poles than zeros, then the integral can
be modified to:

y(2) = x(t)*%h(r) = /Otx(/l)h(t —N)di= /Otx(t — A)h(A)dA

To evaluate the integral, the functions x(1) and A(t — 1) are rolled over each other,
and their functions will be evaluated in a specific time shift. Following steps are
needed:

1. Mirror one of the functions either x() or h(f) with respect to the vertical axis. This
results in x(—A) or A(—A).

2. Shift the mirrored signal by ¢ seconds to obtain x(¢ — 1) or i(¢ — 1). This time shift
allows the mirrored signal to roll over the other signal.

3. Specific time partitions are obtained by observing the changes in product of the
two signals x(t — A)h(A) or x(1)h(t — 1), resulted by the time shift.

4. Evaluate the integral in the specified times until two signals have no overlap or
the results remains similar (no new condition is generated).

Example 8.15 A system A(?) is a pulse of amplitude 2 stretched from time 1 to 3
s. Find the output response due to an input signal x(¢) = u(f).

Solution It is possible to mirror either one of the signals x or A, in this solution.
Let’s mirror x(f) with respect to the vertical axis. As the horizontal axis changes from
t — A, the function x(—1) = u(—2).

A shift by ¢ seconds results in x(r — 1) = u(t — ).

Figure 8.23 shows the position of two signals when the time shift does not reach
the h(1). Hence, for any time shift less than ¢ < 1, the two signals generate 0 as
product (Fig. 8.24).

t<1, [ x(t—2)h(A)dA=0
/

Fig. 8.25 shows the position of two signals when time shift generates a collision.

1<t<3,
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h(t) x(t),

>

[ 1 3

Fig. 8.23 Functions of h(f)and x(f) defined in Example 8.15

7\

— 1

t 1 3

~
>

Fig. 8.24 The position of two functions when their product is zero. This means two functions do
not have any common area. This occurs for all the time when 7 < 1

X(t-?») 2

1 t3

Fig. 8.25 Collision of two functions when their product is still a function of ¢. This variable can
vary from 1 <7 <3

t
The two signals have output from 1 < A < t. Therefore, the / x(t — A)h(2)dA
0

becomes

/llx(r—ﬂ)h(z)d,lz/ltl ><2d/1:2,1‘i —2(—1)

t > 3, the product of two signals will change to a fixed value (0) (Fig. 8.26)

-/;x(t — Dh(A)di = /;Od/l =0

Example 8.16 Find the convolution of the Fig. 8.26 two signals as shown in Fig. 8.27.

Solution Obtaining x(—A4) and shifting by ¢ seconds results in x(# — 1). Rolling this
signal over A(f) in segments results in:
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1 3 t

Fig. 8.26 Collision of two functions when their product is no longer a function of time. Note that
for all times ¢ > 3, the common area covered by both signals is fixed

h(t) X(OA

el

| 1 2 3

Fig. 8.27 Signals used in the Example 8.16

h(OA

T

t1 23

Fig. 8.28 The position of two functions when their product is zero. This means two functions do
not have any common area. This occurs for all the time when 7 < 1

If t < 1, the two signals generate zero product as shown in Fig. 8.27.
Therefore,

/ "t — DA = 0
0

If 1<t < 2, product of two signals generates a value as shown in Fig. 8.28.
The integral is evaluated in the range of 1 < A <t as follows:

/Itx(t—/l)h(l)diz/]tl < ldh=1—1

As the time shift continues over 2 s, the value of #(4) changes. Therefore, a new
limit of integral is needed.

If2<t<3,resultsin 1l <1<2 &2 <A<t Figure 8.29 shows this functions.

The convolution integral becomes:
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T |,

1t2 37~

Fig. 8.29 As the function A(f) has two steps, when the function x(f) moves forward, the area it
covers by colliding the 4(f) changes depending on the position of £.If 1 < <2, then the area covered
is as shown, and it depends on variable ¢

~

1 2t3 ~

Fig. 8.30 When ¢ passes point 2 but still below (2 < ¢ < 3), part of the collision area becomes fixed
and not a function of ¢, and part of it will still depend on ¢.For this reason, the area between 1 and
3 should split into two sections

Fig. 8.31 When 7> 3, the
collision of two functions is

no longer a function of |7
variable ¢ L |

=
N
W
-+

2 t
/ x(t — )h(A)dA + / Xt = AYh(A)dA =
2 t
/lxld/H—/ 1x2dh=(2—1)+2(t—2) =21 3

If > 3, the value of the functions will not change, but the value of the integral will
not depend on .

Figure 8.30 shows the signals.

The convolution integral becomes (Fig. 8.31):

2 3
/ x(t = 2)h(A)dA + / x(t = h(A)di =
1 2

2 3
/ 1><1d/1+/ 1x2dA=(2—-1)+2(3-2)=3
1 2
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Therefore:

0
-2 1<t<?2
Mkh() =4 57°5 25123

Laplace of convolution integral. Laplace of convolution of two signals in time
domain is equivalent to the product of their Laplace transforms in frequency domain,
as follows:

L{x(t)%h()} = X(s)H(s)

Example 8.17 Redo Example 8.15 using Laplace transform.

Considering the waveforms of /() and x(#), their Laplace transforms becomes:

h(t) = 2u(t — 1) — 2u(t — 3), — H(s) = %w _ %eﬁs

1

x(t) = u(t). — H(s) =~

Therefore, the convolution integral becomes:

o {3 {3

=2(t— Du(t—1) = 2(t = 3)u(t — 3)

Example 8.18 Redo Example 8.16 using Laplace transform.
In this example, the signals are x(f) = u(¢) and A(t) = u(t — D)4u(t — 2) — 2u
(t — 3). Therefore, their Laplace transform becomes:

Example 8.19 Find the convolution of the functions shown in Fig. 8.32.
Functions x(¢) and A(f) are given. It is simpler to mirror and shift /(7) respect to the
vertical axis. Then the function h(t — A)is rolled over the function x(4).
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Fig. 8.32 Functions of x(t) h(t)
Example 8.19 2

—

t-3 ot | 1
Fig. 8.33 The function A(f) has been mirrored and shifted. The product of two functions is zero
before they collide for the time r < 0

Fig. 8.34 Product of two N
signals is a function of ¢ for
the time O <f< 1 1
/I g
-3 t 1

| ]

| =3 1 ¢

Fig. 8.35 Product of two signals is no longer a function of # when the function /(z) has moved such
that 1 <t <3

For ¢ < 0, the two functions generate no product. Therefore, (Fig. 8.33)

3(6) = /O (e — )i = 0

For 0 < ¢ < 1, the two functions generate (Fig. 8.34).

y(t) = /le(ﬂ)h(t —N)dA = /Ol/l x 2d) = t*

For 1 < ¢t < 3, the two functions generate a new product as (Fig. 8.35):
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i
I 31 2 ¢

Fig. 8.36 The overlap part of function A(?) still makes the product of two functions dependent on
time ¢ when 3 < f < 4. Since the length of function A(f) is 3, for the start point #, the end point
becomes (¢ — 3). Therefore, the product of these functions becomes non-zero starting from the point
(t — 3) to the point 1 at which the function x(f) ends

(o) = /Otx(l)h(t i = /014 X 2dj = 1

For 3 < t < 4, the two signals have a new product as (Fig. 8.36):

xg—luwmpwmwifgxzﬂ—l—u—ﬁz

For ¢ > 4, the two signals have no product, and the output becomes zero.

3(6) = /O Wh(t — 2)di = 0

0 t<0
s 0<tr<l1
The function becomes: f(t) = 1 1<t<3
1— (=3 3<t<4

0 t>4

Example 8.20 Redo the previous example using Laplace transform.

Solution In this example mathematical representation of the signals become
x(t) = tu(t) — (t — Du(t — 1) — u(t — 1), and h(¢) = 2u(t) — 2u(t — 3). Therefore,
their Laplace transforms becomes:

X(s) = = — —
(5) 52 s2€ s s



State Space Analysis 301

The convolution becomes:

(t) = x(1) k() = Ll{ (1 e 1) (2 - 2) }

State Space Analysis

Analysis of electric circuits leads to differential equations that represent the voltage
and current variations. The order of these differential equations depends on the order
of the circuit. Considering an n” order system, the differential equation results in one
variable either the current or the voltage of components. To obtain the rest of
variables, extra mathematical operations may be needed. However, the voltages of
capacitors and current of inductors can be obtained individually. The variables that
show the energy content of the system (voltage of capacitors and current of induc-
tors) are called state variables. State space equations are another form of system
dynamics representation, which also shows the dynamics of individual state vari-
ables. Therefore, the variation of all system dynamics can be observed all at the
same time.
The general form of state space representation is:

X (t) = Ax(¢) + Bu(r)
¥(t) = Cx(t) + Du(r)

Where x() is the vector of state variables at the same size as the order of the
system n X 1, u(#) is the vector of input variables of size m x 1, y(¢) is the vector of
output variables of size p x 1, A, « , is the system matrix, B,  ,, is the input matrix,
C, x n 1s the output matrix, and D), . ,, is the feedforward matrix. The system input,
state, and output signals are as follows:
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)
= | 0 L= | A = |

A variable is a state variable if with given initial value and with the dynamics, the
future values of the variable can be predicted.

A state variable shows the internal energy variation in the system. For instance,
the energy stored in a capacitor is shown in its voltage and the energy stored in an
inductor is shown on its current. Therefore, studying the state variables provides an
insight over the internal energy stored in the circuit.

According to passivity notion in stability analysis of system, a stable system
dissipates more energy than it receives. Therefore, the net energy variation in a stable
system is either zero or negative.

If : AEjnterna < 0, Then : Stable

Obtaining State Space Equations from Differential Equations

State space representation of a system is not unique. This means that a system can be
presented by various forms of state space equations, i.e., matrices A, B, C, and D may
have various forms. Consider an nth order differential equation as follows:

Y () +any" D (e) + .+ any(t) = bu(r)
To obtain canonical form state space representation of this system, the following

steps are needed:
Step 1: Consider

() =x (1)
This yields:
0 (1) +an V(@) + .+ awn (1) = bu(r)

Step 2: Consider the rest of the state variables except the last one as follows:
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Replacing these assumptions into the differential equation obtains x,(¢) as
follows:

Xn() = —arxp—1 (1) — ... — ayx1 (2) + bu(t)
)&1(1‘) 0 1 0 X1 (l) 0
: = : : : Dol u()
Xn(1) —ar ... —ay | | x(0) b
xl(t)
y(r) =[1---0]| :
Xn(1)

Example 8.21 Find the state space representation of the following differential
equation.

Y455+ 10y + Ty =u

Solution Consider:

This yields:
X 4545 +10x +7x =u
This is a third-order differential equation, which means there is dynamics for

three state variables, namely, x;,x,, and x3. Therefore, there is a need to assume two
of these dynamics as:

Replacing into differential equation results in:
X34+5x34+10x +7x1 =u
Solving for x5 yields:
X3=—Tx1 —10x; —5x3 +u

In matrix form, the system is represented as:
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.XE] 0 1 0 X1 0
X2l =10 0 1 x|+ |0|u
)63 -7 —-10 -5 X3 1
X1
y:[l 0 0] X2
A3

Obtaining Block Diagram of a State Space Equation

Block diagram representation of a state space equation is possible with the notion
that each set of equation is a first-order differential equation. Therefore, dynamics of
each state variable can be obtained by an integrator | or in Laplace domain as % as
shown in Fig. 8.37.

Total number of integrators must equal the number of state variables. For each
state variable dynamic, an integrator demonstrates has the x in the input and the x in
the output. A given x dynamic must be configured using the state variables, inputs,
and the required gains available from the integrators. This is explained in an example

as follows.

Example 8.22 Draw a block diagram representation of the following state space
model.

)&] :2X1 =+ X3 75)63 —2u
Xo=-5x1 —xo—x3+u
X3=x1 +9%% —x3
The system has three state variables that suggest existence of three integrators.
Figure 8.38 shows these integrators.

Fig. 8.37 The two
functions have no non-zero
product when ¢ > 4

v

X f X = _X N E
—> = = -
s

Fig. 8.38 Integrators in time domain and frequency domain. Considering the output of integrators
as state variables, the input to these units expresses the formation of state space equations
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X X, X Xs X X

Fig. 8.39 The system with three state variables has to have three integrators, each of which
generate one of the state space equations

Fig. 8.40 Formation of the first state space equation is shown. The input to the equations is state
variables or the inputs with proper gains

P ot S>> s

— Xy x z X X %3 X
%g i J’ —> zg: +22 f —?:»|>9 + J —
S>> 5> 2>

X 2x; + x3 — 5x3 — 2u x; S5x, —x3—x3+u X3 Xy + 9x; — X3

IF

Fig. 8.41 Block diagram of three state space equations is formed according to the equations

As the Fig. 8.39 shows, input to the integrators is the derivative of the state
variable. Therefore, these dynamics can be set up. Figure 8.40 shows the setup for
the first dynamic x| = 2x; +x, — S5x3 — 2u.

Now, the signals xy,x;,x3,u can be connected to the output of the right integrators.
Same procedure is utilized to build the other state variable dynamics. Figure 8.41
shows the block diagram of the entire system.

J&]: 2x1+x2—5x3—2u;x2: —5X1—X2—X3+M X3: X]+9XQ—X3

Example 8.23 Draw a block diagram representation of the following state space
model.

X1 = —X1 + Xxo
Xy = 2x1 —x2+5u
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Fig. 8.42 Block diagram of the differential equation.

Solution Since there are two state variables, the system dynamics has two integra-
tors that result in x; and x,. The input to these integrators is X | and X . Therefore, the
diagrams can be implemented as shown in Fig. 8.42.

Obtaining State Space of Differential Equations that Involve
Differential of the Input Signals

Consider a causal differential equation that involves nth order differential of the
output and mth order differential of the output signal (n < m) as follows:

YO +ary" () + .+ any(t) = bpu™ (£) + by au™ V() + .+ bou(?)

There are several techniques to obtain the state space equation of this system. The
technique introduced in this chapter is based on the block diagrams. To do that, this
equation is solved for y by taking » integrals as follows:

Solving for y, the block diagram is formed as follows:

v—an o [foema[[] o [yt o [
cnfff o [

To obtain y, the differential equation suggests taking » integrals. The output of the
nth integrator is y.

Example 8.24 Find the state space representation of the following differential
equation.

Y4+59y+6y +1ly=2iu+u +u

Solution This is a third-order differential equation, and since the second-order input
equation 2it + u + u has less order than the third-order output differential equation,
the system is also causal. There is a need to take three times integral from both sides
of the equation to obtain y. Solving for y yields:
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= sfosffynffe oo s
ORe) ©) ® ®

To build y through integrals of y and u, there is a need to feedback y considering
the gains. Three integrators exist in this differential equation. In the next step,
consider three integrator blocks with an adder in the input of each block, and the
output of the far right integrator block is y.

Now, consider the differential equation for each of the right-hand side compo-
nents of the equation (*) is built. To build @, the feedback is taken from y, and
considering gain —35, it is added to the summation of the right integral block. When
the system runs numerically, this loop forms the —5 [ y component. The input signal
@ is added to the far right integrator by gain 2 to be integrated once by reaching
signal y. Segment (5) is being added to the second integrator, and segment (6) is
added to the left integrator. Figure 8.43 shows blockdiagram implementation.

Obtaining Transfer Function from State Space
Representation

Finding the state space representation of a system might have several approaches.
The representations these techniques achieve might look different, but they all show
the same dynamics. The state space representations are not unique. However, the
transfer function of a system is unique. There is a relation between the state space
and the transfer function of a system expressed as follows:

Consider a state space system as:

.- 2

@I| o ==
S + X3 Xz |9+ v
=== —F —‘::I],:_

Fig. 8.43 Block diagram implementation of the system in example 8.24
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X (1) = Ax(t) + Bu(r)
¥(¢) = Cx(¢) + Du(r)

Taking the Laplace of this system results in:

sX(s) — X(0) = AX(s) + BU(s)
Y(s) = CX(s) + DU(s)

The transfer function is obtained at the zero initial conditions. Therefore:
X(@0) =0.

This results in:
sX(s) —AX(s) = BU(s)
Solving for X(s) yeilds:

(s —A)X(s) = BU(s)

And
X(s) = (sl — A)'BU(s)
Replacing this into the output equation results in:
Y(s) = C(sI —A)'BU(s) + DU(s)

¥(s) = (Clst —4)"'B+D)U(s5)

The system transfer function which is unique over various combinations of
matrices A,B,C,and D can be obtained and presented as:

Y6) _ cr—ay'B+D

Example 8.25 A state space representation of a dynamical system is given as:

X = {_13 :;]X+ mu
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y=[1 0]x

Find the transfer function of the system.

Solution The transfer function is defined as:

=C(sI—A)'B+D
From the system, the following matrices can be obtained:
1 -1 0
[ A= [fe-n o

D:()al‘ldlzxgz [(l) (1):|

Therefore, the transfer function is:

o0 o5 L
e
v(s) ! 0][S—+35 s_+11} m
Uis)  (s—1)(s+5 —1x3
v [T +5)+0x 3 1><_1+0><(s+1)]m

Ul(s) s2+4s—8
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0
Y(s) [s+5 —1][1]
Ul(s) s24+4s—8
Y(s) [(s+5)x0 —1x1]

Us) s +4s—8

Y(s) -1
U(s) s2+4s—8

Example 8.26 A state space representation of a dynamical system is given as:
; 0 1 0
X—[_3 _S]X—&—[Ju

Find the transfer function of the system, and poles and zeros of the system.

Solution The transfer function is defined as:

=C(sI —A)'B+D

From the system, the following matrices can be obtained:

0 1 0
1 0
D:Oandlzxzz[o 1:|

Therefore, the transfer function is:

= oo 1[5 5]) o

Simplifying, results in:

8 Transfer Functions



Bode Diagram 311

ot Y IS—M =

wo 0o

Ul(s) s(s+5)—1x-3

[Ix(s+5)+0x-3 1><1+0><s]{ﬂ

Ul(s) §2+55+3

0
Y(s) [s+5 —1][1]
U(s)  s2+5s+3
Y(s) [(s+5)x0 —1x1]

U(s) s24+55+3

Y(s) -1
U(s) s2+55+3

There is no zeros in the transfer function.
There is two poles at s*+554+3 = 0.
The poles are s = —2.5 + @

Bode Diagram

Transfer functions are defined in Laplace domain using operation s. As the Laplace
operator is a function frequency, the transfer function is influenced by change of
operating frequencies. As all complex functions, the transfer function shows an
amplitude and a phase respected to any operating frequency. The profile of ampli-
tude and phase change with respect to the operating frequency is also called “Bode”
plot or Bode diagram.

The simplest way of obtaining the Bode diagram is to evaluate the amplitude and
phase at each frequency for a given range. The range of frequency starts from DC
(s = jO) and is extended as long as there is variation in the phase and amplitude.
However, this is computationally expensive. There are indicators in the transfer
function that determine the amplitude and phase diagrams. This section is to identify
these indicators and determine the Bode diagram accordingly.
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Transfer Function Amplitude and Phase

As stated earlier, the effective range of frequencies needed to be checked for
amplitude and phase might extend from zero to extremely high frequencies. To
obtain a readable chart, the axis of frequencies is shown as logarithmic values.
The amplitude of transfer function might also be a very large number. To avoid
operation with large numbers, the unit of amplitude is presented in decibel.
Decibel: Consider the transfer functions that determine the ration of power in

the output (Pp) over the power in the input (P;) as H(s) = % or the ratio of voltage
H(s) = % or current H(s) = . This is shown in Fig. 8.44.
Transfer function gain in decibel is defined as:

P
|H|dB = IOlogFo

Considering that the power is proportional to the square of voltage or current as
P=RI’= %, the transfer functions amplitude becomes:

)

<

0

— Po _ R
|H|dB = 1010gFi = IOIOgV_’_2
R

2

= lOlogvi2

Vo

= 20log—

OgV,-

Similarly, the current gain of an amplifier in dB is obtained as follows:

Py RI,?
H|dB = 10log— = 10l
|H| gy 08 117
1,?
= 1010g17
Iy
= 20log—
Ogli
Eig. 81.44 Input — outpl;; P; P,
s t t st K
signal types to a system H(s) Vi H(s) Vo

Ii }'0
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Example 8.27 The output power delivery of an amplifier is 10 W. Find the amplifier
gain in dB if the input signal was 0.1W.

Solution The ratio of % is (;—‘; Therefore, the amplifier gain in dB is:
Py 10
H|dB = 10log— = 10log— = 20(dB
|H]| ogp 0257 (dB)

Example 8.28 Calculate the gain of a circuit when the output voltage drops by
70.7% at a certain frequency.

Solution Since voltage gain is used, the gain in dB is obtained by:
Vo
|H|dB = 2010g7 = 20log0.707 = —3 dB

Example 8.29 Find the power gain reduction of a circuit at the frequency in which
the voltage gain is —3dB.

Solution When the voltage gain is —3dB, the voltage gain Ay = % becomes:

Vo
—3 = 20log—
og

1

Yo _ 0% = 0707
V4

l

2
P
Po_ (Yo) o5
P, \V;

It can be concluded that, at a certain frequency, when the voltage gain drops
to 70.7 %, the power gain drops to 50 %. This frequency is also called half-
power point frequency.

Bode Plot of A Transfer Function

A transfer function is a combination of several components. There is a template for
each element of a transfer function. Therefore, in first step the transfer function must
be broken into these elements and their frequency responses be combined.

Element 1 Gain or DC gain. H(s) = K. To obtain the gain of a transfer function,
the poles and zeros must be written as:
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as:
m 2
1+ ()
. o 1:1 m
[Hjo) = K h 2
L (2)
j= bi
The DC gain in dB is:
20logK
The phase for this element is zero.
Therefore, for a simple gain element, Bode plot is obtained as shown in Fig. 8.45.
Fig. 8.45 Amplitude and Bode Diagram
phase diagram of H(s) = K
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Example 8.30 Find the Bode plot of the following function.
H(s) =30
Solution The transfer function using s = jo results in:

H(jw) = 30
The amplitude of this function is:
|H| = 20log30 = 29.54 dB

The phase of this function is constant 0. Figure 8.46 shows the Bode diagram.

Element 2 Zero at the origin. H(s) = s.

This element has the transfer function as H(jw) = jo, with the amplitude of |
H | =20 log w (dB) and the phase of ~H = 90 . Bode plot of this element is shown
in Fig. 8.47.

Note 8.10 As the graph shows, the amplitude is increased 20dB in each decade of
the frequency. It means when the frequency is increased tenfold, the gain is changed
20 dB.

Fig. 8.46 Amplitude and Bode Diagram
phase diagram of H(s) = 30 31

30.5¢

30r 2010g30 = 29.54 dB

29.5F
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10 10
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Fig. 8.47 Amplitude and Bode Diagram
phase diagram of H(s) = s 20 "

|H| = 20log w

Magnitude (dB)
o

-10¢

-20
91

90.5¢

90

Phase (deg)

89.5¢

89k L
10 10’ 10
Frequency (rad/s)

Note 8.11 The amplitude is a straight line with positive slope of 20 dB/dec passing
the frequency of 1 rad/s or 10%in Fig. 8.47. The amplitude is negative for frequencies
less than 1 rad/s.

Example 8.31 Find Bode plot of the following transfer function:
H(s) =2s

Solution This function has two elements, one is the gain of 2 (D, and one is a zero at
the origin, s@. This suggests two plots for the amplitude |Hl in Fig. 8.48:

Element 3 A repeated zero at the origin. H(s) = s, N times
The repeat of zero N times at the origin increases the slope by the same factor
20Ndb/dec, and the phase is shifted to N(90).

Element 4 A pole at the origin. H(s)=_. In this case the amplitude is inversely
proportional to the increase of the frequency as |H| = ZOlogi. The phase is inde-
pendent of frequency at —90 . The Bode plot is shown in Fig. 8.49. Amplitude and
phase if H(s) = 1.

Note 8.12 the slope of this amplitude is —20 dB per decade. It means the amplitude
drops 20dB when the frequency increases from 1 to 10 rad/s.
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Fig. 8.48 Amplitude and Bode Diagram
phase diagram of H(s)=2 @, 30
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Fig. 8.49 Amplitude and Bode Diagram
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Fig. 8.50 Amplitude and Bode Diagram
phase diagram of H(s) =1 20 <7 @ i
» ~
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Note 8.13 The amplitude is still decreasing from near zero to 1 rad/s onward.
Note 8.14 The phase is constant and not changing with frequency.

Example 8.32 Find Bode plot of the function: H(s) = 2

Solution The function has two elements, 2 @ and % . This results in two
amplitudes as 20 log 2 and ZOlogi A separate plot of these two elements is shown
in Fig. 8.50 and Fig. 8.51.

The combined elements have the following frequency response (Fig. 8.50):

Element 5 A repeated pole at the origin N times. H(s)= SLN
The Bode plot of this function has slope —20N dB/dec, and the phase of this
system is constant —N(90).

Element 6 A unity gain transfer function with a zero ar z . H (s):<1+f;) .

The amplitude of this transfer function is evaluated for the frequencies higher than
zrad/s . The phase of this transfer function needs to be evaluated in a decade below
and a decade above the z rad/s .

Considering s = jo, the transfer function becomes:



Bode Plot of A Transfer Function 319

Fig. 8.51 Amplitude and Bode Diagram
phase diagram of H(s) =1 30
and H(s) = 2, combined
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H(jw) = (1 +’?“’>

The amplitude of transfer function in dB becomes:

2
|H| = 20log/1 + (9)
Z

This function shows =~ 0 dB gain for all frequencies from @ = %z up to the
location of zero w = z rad/s :

1 12\
H(w=—z)|=200g(/1+ (1) —0dB
10 z

At the location of zero, the gain becomes:

2
|H(w = z)| = 20logy | 1 + (5) ~3dB
Z

The gain at ten times of the zero @ = 10z becomes:
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107\ *
|H(e = 10z)| = 20logy /1 + (—Z> —20dB
Z

It can be concluded that the gain is increased from the location of zero by slope of
20 dB/dec.

To analyze the phase of this function, consider w = {5z, @ = zand @ = 752

At each of these values, the phase becomes:

/H = tan !

— o e

Sl

=57

=

1 -1
<H (a) = EZ> = tan

An asymptote of the phase variation for smaller frequencies can be considered as
approximately zero. At the location of zero the phase reaches:

1

— |2 129

ZH(w=7z) = tan ' £ =45
In a decade higher, the phase of transfer function becomes:

10z

2
1

ZH(w = 10z7) = tan ' = =85

As an asymptote, the phase saturates to 90 when the frequency increases
very high.
Therefore, the Bode plot of the function is shown in Fig. 8.52.

Example 8.33 Find the Bode diagram of the following function
H(s) = (s +7)

Solution This function has a zero at s = — 7, or z = 7. To convert this function to

the form of (1 + ), 7 is factored out as follows:

s
Z

H(s) =7(1+2)

Therefore, this function has an amplitude of 20 dB. Bode plot of each element is

(20log7)® & 20logy/ 1 + (%)2 @) is obtained as shown in Fig. 8.53.
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Fig. 8.52 Amplitude and
phase diagram of

H(s) = (1+2)

Fig. 8.53 Amplitude and
phase diagram of H(s) =7
and H(s) = (1+3),
separately

Magnitude (dB)

Phase (deg)

Magnitude (dB)

Phase (deg)

321

40

Bode Diagram

30

20

201log /1 + (%)2

Y

10

45

I

0.1z

V4

Frequency (rad/s)

Bode Diagram

10z

40

301

20}

101

10’
Frequency (rad/s)

10°

10°



322 8 Transfer Functions

Fig. 8.54 Amplitude and Bode Diagram
phase diagram of H(s) = 7 60 7
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As it is observed, the amplitude of transfer function at zero s = — 7 rad/s starts an

increment of 20 dB/dec. The effective range of phase starts a decade below at
%7 rad/s and ends a decade higher at 10 x 7 rad/s. Combining the bode plot of
these two elements is shown in Figs. 8.53 and 8.54.

N
Element 7 A repeated zero at s = z. H (s):(1—|—§) . The repeated zero at

z increases the slope of amplitude by factor N as 20N dB/dec, and the phase reaches
N(90') which suggests an increased phase slope of N(45) deg /dec.

Element 8 A unity gain transfer function with a pole ats = p. H(s)= ( 1i£)
P

Amplitude of this transfer function can be obtained as:

|H| = 20log =
1+ (2)

The phase of this transfer function can be obtained as:

AH:O—tan_lg
p

The evaluation points are a decade below and a decade above the location of pole.
The amplitude is zero until the location of pole and starts to drop with slope
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Fig. 8.55 Amplitude and Bode Diagram
phase diagram of 0 S SNy
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—20 dB/dec, and the phase starts to drop a decade below the pole location at 1/10
p and reaches —90 a decade above the pole at 10p. At the pole location, the phase is
—45", which suggests a —45 deg /dec slope of the phase diagram. This can result in
asymptotes and Bode diagram is shown in Fig. 8.55:

1
T+

Example 8.34 Find the Bode diagram of the following function: H(s) =

-

Solution The transfer function has a pole at @ = 7. Therefore, the phase is zero for
frequencies below 7 rad/s and is decreased by a slope of —20 dB/dec. This means
that the amplitude reaches —20 dB at frequency of 10 x 7 = 70 rad/s. The phase
starts to decrease a decade below the pole location at %7 = 0.7 rad/s and reaches
—90" a decade higher at 70 rad/s. Figure 8.56 shows the Bode diagram asymptotes
and its accurate graph. The phase reaches —45 at the location of the pole. Therefore,
the phase drops by slope of —45 deg/dec and saturates at —90 .

Element 9 Repeated pole atp. H(s) = Q0 IV)N. The amplitude of this function starts
+

to drop at the location of pole p and drops with slope —N(20) dB/dec. The phase starts

to drop with slope —N45 deg /dec at a decade below the pole and saturates with —N

(90) at a decade above the pole.

Example 8.35 Find Bode plot of the following function. H(s) = %.

Solution The first step in obtaining the Bode plot of a transfer function is to convert
it to the form with gain factored out as follows:
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Fig. 8.56 Amplitude and Bode Diagram
phase diagram of 0 St

H(S)Z%Jr% ~\

-10 N

-20

Magnitude (dB)

-30 N

-45

Phase (deg)

N
NS
NS

10 10° 10' 10 10°
Frequency (rad/s)

(5) = (s+50) (1+) _ 5(+3)
(s+1)(s+10) 10(s+D)(1+) (s+1D(1+3)

There are four elements including gain 5 @, zero at 50 of ( 50)@ poles at
1 and 10 through (s + 1) @) & (1 + 15) @), respectively.

Therefore, four signals in amplitude and four signals in phase are obtained and
then combined to get the transfer function response. The Bode plot elements and
combined are shown in Fig. 8.57.

Example 8.36 Find Bode plot of H(s) = (s+45)3'

Solution The transfer function has an amplitude of:

Bode plot of each of these two elements - 35 ® and —1—=®) is shown in Fig. 8.58.

(1+ )
As the figure shows, the triple poles at 5 rad/s shows a slope of —60 dB/dec, and the

phase reaches —3 x 90" = — 270 a decade above 5 or 50 rad/s. The slope of phase
drop is —45 x 3 = — 135 deg/dec.
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Fig. 8.57 Amplitude and
phase diagram of H(s) =5

@, H(s)=(1+5)@, H
(5) = i @ H(s) :@

@), separately and combined

Fig. 8.58 Amplitude and
phase diagram of H(s) =

125 @, Hs) = (H]__S)z@)
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Fig. 8.59 Amplitude Bode Diagram

and phase diagram of 50 o
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Example 8.37 Find Bode plot of H(s) = ;-

Solution After converting the transfer function to the known template (factoring out
the gain), it is known that there are three elements of gain % @, a zero at the origin

s @, and a pole at 10, (1 + 1—30) ®.

Bode plot of these three elements is shown in Fig. 8.59.

Element 10 A unity-gain complex-conjugate zeros s;, ;= — {w,Hjw, /1 — &

H(s)= <1+:Tis+a%s2>

n

In a complex conjugate roots condition, the damping factor 0 < { < 1. Therefore,
there is an overshoot observed on the amplitude of the Bode diagram. The amplitude
is 0 dB until the reach of resonant frequency w,. At this point the amplitude is
increased by slope of 40 dB/dec.

The phase starts to increase a decade below the resonant frequency w,, with slope
of 90 deg/dec. At the resonant frequency, the phase reaches 90, and a decade above
the resonant, it is saturated to 180°.

Figure 8.60 shows the actual and asymptotes of the Bode plot.

Effect of damping factor: As the damping factor becomes less than 1, there is
overshoot observed in the time response of the system. This overshoot is increased in
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Fig. 8.60 Amplitude and Bode Diagram
phase diagram of
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damping factors near zero, when the system becomes oscillatory. This effect is
shown in Fig. 8.61. As the damping factor drops the amplitude change at the
resonant, frequency becomes larger. The rate of phase change becomes faster.

Example 8.38 Find Bode plot of the following function: H(s) = (1 + 0.02s +
0.01s%).
. 2L 1,
Solution Compared to the template H(s) = | 1 + s + 5 ) the parameters are
n n
found to be { = 0.1 and w,, = 10. Therefore, sketch of the Bode diagram for the
amplitude starts at 10 rad/s with an increase of slope +40 dB/dec.

The phase change starts from 0 at % x 10 = 1 rad/s and ends to 180" at
10 x 10 = 100 rad/s . The slope of change is 490 deg/dec. Figure 8.62 shows the

Bode diagram.

26 1 ,\V
Element 11 Repeated component N times. H(s)= <1+ —Cs—f— —2s2> .
w0, @
In this case, the resonant frequency and the damping factor do not change.
However, the amplitude increases sharper with slope N x 40 dB/dec, and the
phase reaches final value of N x 180" with slope of N x 90 deg/dec .
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Fig. 8.61 Amplitude and
phase diagram of

2 1
H(s)=(1+—€s+—2s2>
W, o

n

Fig. 8.62 Amplitude and
phase diagram of H(s) =

(1 + 0.025 + 0.01s%). This
has a damping factor { = 0.1
and resonant frequency of
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Example 8.39 Find Bode plot of the following transfer function. H(s) = (1 + 0.02s
+0.015%)°.

2 1
Solution Compared to the template H(s) = (1 + _C s+ —252> , the parameters are
w, )

n

found to be { = 0.1 and w,, = 10. Therefore, sketch of the Bode diagram for the
amplitude starts at 10 rad/s with an increase of slope +2 x 40 dB/dec.

The phase change starts from 0 at 1—10 x 10 = 1rad/s and ends to 2 x 180 at
10 x 10 =100 rad/s. The slope of change is +-2 x 90 deg/dec. Figure 8.63 shows the
Bode diagram.

Element 12
1
H(s) =——5——.
(®) 1+ 254 L2

This transfer function have two poles at s1,2 = —{w, £ jw,\/1— Cz . The
amplitude is zero until the reach of resonant frequency w,, and then it starts to
drop with the slope of —40 dB/dec. Phase also starts to drop from zero beginning at a
decade below the resonant frequency, %a),,, continues to drop with slope —90 deg/
dec and reaches a saturated value of —180" a decade above the resonant frequency

10w,,. The amplitude and phase are shown in Fig. 8.64.

Fig. 8.63 Amplitude and Bode Diagram
phase diagram of H 100 : T ‘ _
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Fig. 8.64 Amplitude and Bode Diagram
phase diagram of 0 SERHN
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1
Element 13 Repeated complex conjugate poles. H(s)=

N
(1 +Z% s+a%5s2)

The amplitude is zero until the reach of resonant frequency ,,, and then it starts to
drop with the slope of —N x 40 dB/dec. Phase also starts to drop from zero
beginning at a decade below the resonant frequency, I]—Oa)n, continues to drop with
slope —N x 90 deg/dec and reaches a saturated value of —N x 180 a decade above
the resonant frequency 10w,,.

Example 8.40 Find Bode diagram of the following transfer function.

1
H(s) = 5
(1+0.025 + 0.01s2)

Solution Since this is a unity gain transfer function of a second-order unit, the entry
gain (or the gain at low frequencies close to DC) is 0 dB. The amplitude starts to drop
by slope of —40 x 2 = — 80 dB/dec at the resonant frequency of 10 rad/s. The phase
diagram starts at a decade below the resonant 1 rad/s from O and reaches
—180 x 2 = — 360 by the frequency a decade above the resonant, i.e., 100 rad/s.
Figure 8.65 shows the amplitude and phase variations.

The transfer function shows a damping factor of { = 0.1. Therefore, there is an
overshoot observed in the time response. This overshoot is also shown in figure by



Bode Plot of A Transfer Function 331

Fig. 8.65 Amplitude and Bode Diagram
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exceeding the approximate responses (dotted lines). The phase drop sharpness also
depends on the damping, and as the damping factor is decreased, the slope of phase
change and overshoot of the amplitude increase. This is shown in Figs. 8.65 and 8.66.

Example 8.41 Find Bode diagram H(s) = %

Solution First, the transfer function gain is obtained by factoring the gains out to
form the element templates.

(s+5 5 (1+%)
(s+7)(s+10)°  7x10° (142)(1+)°

H(s) =

Therefore, the transfer function has a gain of=2- (@ and three elements of (1 + g)@,

700
(1+2) @, and (1 +3)° @.
Individual Bode diagram of each element can be obtained as shown in Fig. 8.67:

Example 8.42 Find Bode diagram of H(s) = %.

Solution To obtain the DC gain, frequencies are factors out, and template is
identified as:

100(s +10) 100 x 10

_ (1
H(s) = (s+5)(s+20)  5x20 (1+)(1+5)
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Fig. 8.66 Amplitude and
phase diagram of

1
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when damping decreases

Fig. 8.67 Amplitude and
phase diagram of H(s) = 73;
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Fig. 8.68 Amplitude and Bode Diagram
phase diagram of H(s) = 100 ‘ ‘
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The function has four elements of % as DC gain @, zero of (1 + lio) ®, two

pole elements of (1 + g) @), and (1 + 2—30) @.
A plot of these four elements and the overall summation of these elements is
shown in 8.68.

Problems

Find the transfer function of the following circuits as they are defined for each case:

8.1. Find H(s) = 3*

in

Ry

Vin R2 Vout
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8.2. Find H(s) = 3=

in

R
Vin L Vout
8.3. Find H(s) = 3*
R
Vin :: C Vout
8.4. Find H(s) = 3*
R L
Vin :: c Vout
8.5. Find H(s) = 3=
R c

Vin L Vou
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8.6. Find H(s) = 3=

in

R Ly

Vin L2 Vout
8.7. Find H(s) = ¥

R

Vin L—C Vout

8.8. Find H(s) = =
L

Vi T ¢ —— ¢ Vou

8.9. Find H(s) = 1=
Ry Ro

Vin L 1 |_2 Vout
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A

8.10. Find H(s) =

R VOU‘

8.11. Find the transfer function H(s) = .

+ ~E 1 5+03 y
Vin 2— | » (o}
- s°+2s+5 s+0.5
8.12. Find the transfer function H(s) = 2.
+ E 1 s
—(O)—» | Y
Vin ™ s2+425 s§-0.5 °
8.13. Find the transfer function H(s) = 2.
+ E 1 s
» V,
V'n N s+1 s+5 °
s+0.2
s+0.1
8.14. Find the transfer function H(s) = 2.
1 s A

+ E
Vin N s+1 s+5
X | s+02
s+0.1
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8.15.

8.16.

8.17.
8.18.

Find poles and zeroes of the open loop and closed systems described in
Problems 8.11-8.14.

Find the transfer function of the following systems, where in x is input and y is
the output:

(@ y +5y=>5x

b)) y+9y=x+x

(©) y+2y =%+2x +5x
@ 5 +75+2y =

(e y—2y —3y=X%+2x

Find poles and zeroes of the transfer functions described in Problem 8.16a—e.
A dynamic system with differential equation that relates the output y to the
input x is:

$ 2§ =3+ 2% 4 5x

Find the transfer function of a unity-negative feedback closed-loop system
defined as H(s) = 21

8.19.

8.20.

8.21.

8.22.

8.23.

X(s)
In the systems of problem 8.18:

(a) Find the poles and zeros of the transfer functions.

(b) Determine whether the poles are in the right half plane or the left half
plane.

(c) Determine the stability of the systems.

The systems of problem 8.16 are located in a unity-negative feedback closed-
loop system.

(a) Find the transfer function of the closed-loop system.

(b) Find the poles and zeros of the closed-loop system.

(c) Compare the poles obtained in problem 8.17 with the ones from the
closed loop.

(d) Determine whether the systems have changed their stability.

Consider a gain K in the closed-loop negative feedback system (problem
8.16). Find the K or a limit for K such that the poles of the closed-loop
systems obtained in problem 18.15 become stable.

Find the initial values and final values in the transfer functions of problem
8.15.

Find the initial values and final values in the transfer functions of problem
8.16.
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8.24. Find the error value in the negative feedback closed-loop systems of problem
8.16 when:

(a) A unit step function is applied in the input.
(b) A ramp function is applied in the input.
(c) fir) = £* is applied in the input.

8.25. The systems A(?) is defined in each case (below) and is excited by the given
input x(#). Find the output signals y(¢) using convolution integral and verify
your results by its Laplace approach.

(@) h(t) = 2¢ "% x(1) = u(r)
(b) h(?) = 2u(t — 5) — 2u(t — 10), x(t) = u(?)
h(t) =2u(t — 5) — 2u(t — 10),x(¢) = tu(t) — 2(r — 2)u(t — 2)
© (= Bu(t—3)
(d) h(r) = 2u(t — 5) — 2u(t — 10), x(t) = u(O+u(t — 1) — 2u(t — 2)

8.26. Find the state space representation of the circuits shown in problems
8.1-8.10.

8.27. Find the state space representation of the following differential equations,
where x is the input and y is the output. Put the models in matrix form
X =AX +Bu,y = CX + Du:

(@ y +5y=>5u

(®) y—2y =3y =2u
©y+9=u+u

(d) y+2y =it +2u + Su
© ¥ +75+25 =i
®y—2y —3y=iu+2u

8.28. State space models found in Problem 8.27a—f are used in a unity feedback
system. Find the state space model of the closed-loop system.

8.29. Show the state space representation of Problem 8.27 in block diagram format.

8.30. Determine the M,, t,, t,, ts, to, tg, and sketch the step response of the
following systems:

100

@ H(s) = 57705 7100

® H() = G527 1
900

(c) H(s)

T 2 4 125 + 900
8.31. Find transfer function of the following systems
; 0 1 0
a _
@ X = [11 6})” [5]”
y=[1 0}x
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b) -:'1 -1 2
b) x L I}XJrLu
y=[1 0]x
o1 =1 0
) x =
X __3 —S}XJFL}M
y=[1 0]x
' 0 1 0] [0 ]
dDx=1{o0 0 1| X+ 1 |u
-6 —11 -5 =1
y=[1 0 0]x
. -1 1 0] [0 ]
©x=10 -1 1|X+]|0 |u
| -6 —11 -5 | —4 |

y=[1 2 —1]x

8.32. Find Bode diagram of the following transfer functions:

(a) H(s) = 2s
(b) H(s) Zé
(c) H(s) = s+1
(d) H(s) = 1
(e) H(s) = s+100
1
@ Hs) = + 100
() H(s) :s+%00
s+
(h) H(s) = H_?
(i) H(s) = 5(s +20)
. 1
G H(s) = (5 +20)
50
) H(S)ZSJFO% )
100(s + 40
O HE) = 15551 29)
100(s + 40)
H(s) = ——\ "7
(m) Hs) (s 4+ 15)(s +25)
(s+4)
H(s)=— > "%
™ HS) = s+ 10)
(0) H(s) = 0

(s + 155 4 100)
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100(s +25)
®) H(s) = G55 4 100)
(Q) H(S) ) 100
(s + 155 + 100)(s + 25)
(r) H(s) = 199

(s2 + 155 + 100)*(s + 25)
(s) H(s) = (s* + 10s + 100)*

8 Transfer Functions



Chapter 9 )
Passive Filters Check or

Introduction

Frequency-selective circuits or “filters” are circuits that either pass or attenuate
signals at a specific frequency or a range of desired frequencies. These filters can
be implemented in hardware to be programmed in software that runs on a processor
to accomplish similar tasks. For instance, consider old cassette players, or video
players, in which several set of filters are required to make the quality of sound or
video expected from high-quality sets, whereas consider a modern MP3 player, or a
digital satellite receiver, in which the same or even better quality of signal processing
is expected, but the sets have no actual hardware to accomplish the signal filtration.
In this chapter, both hardware circuits and methods to implement the filters in
software are discussed.

Passive and Active Filters

When a signal is passed through a filter, its amplitude may drop a small percentage
because the circuit elements are not ideal and the signal may lose some power.
Therefore, the filters are categorized into passive (with no amplification) or active
(with amplification). This chapter discusses passive filters and Chap. 11 dis-
cusses active filters.

Category of Passive Filter Circuits

To determine the category of filters, the ratio of the output voltage to input voltage
of a filter or its gain is analyzed over a range of frequency at the input. The gain
variation respect to the frequency is called frequency response. Bode diagrams also
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Vo/Vin A Vo/Vin
1 1
w w
W [ W
Lowpass Filter Highpass Filter
Vo/Vin Vo/Vin A\
1 1
w w
I WC1 WC2 WC1 WCz
Bandpass Filter Band Reject Filter

Fig. 9.1 Frequency response of ideal filters, their cutoff frequencies, passing band, and rejecting

band. The filter passes a range of frequencies if at those frequencies the output receives majority of

the input signal or ideally 100% of it (“,’— = 1). The filter rejects a range of frequencies if at those

frequencies the output is attenuated and the power of the signal is reduced significantly. Ideally, at the
Vo

rejection band, the output is zero or <v_ = 0>. Accordingly, the response of various filters can be

recognized

show the frequency response of a circuit. There are several frequencies that directly
contribute to characteristics of a filter. Some of these frequencies are discussed here.
All filters have a range of frequencies at which they fully pass, or they fully stop. The
frequencies at which a filter switches from passing to no pass or vice versa, are called
cutoff frequencies and are shown by w.. These frequencies are also called corner
frequency. Based on the frequency response of a certain circuit, there are four major
types of filters. First is the one to pass all frequencies below a certain frequency
or low-pass filters, second is a filter to pass all signals above a certain frequency
or high-pass filter, third is the filter to pass all signals in a desired band of
frequency or band-pass filter, fourth is a filter to reject all signals in a band of
frequency or band-reject filter. Figure 9.1 shows the ideal operation of these filters. It
is desired that a filter drop the output voltage to zero at the no pass range and pass
100% of the signal in the pass range.

As it is shown, high-pass and low-pass filters have one cutoff frequency each.
However, band-pass and band-reject filters have two cutoff frequencies. The band of
frequencies determines the bandwidth of the filter. This is all the range of frequencies
at which the filter passes the signals (signals at these frequencies pass to through the
filter). This bandwidth is obtained as the difference between two cutoff frequencies.

It is required to revisit the impedance of inductors and capacitors to better
understand the operation of a filter.

Impedance of an inductor L(H) respect to a signal at frequency
is Z = jX; = joL (). It shows that if the frequency of the signal is increased, the
impedance of the inductor also increases. At low frequencies, the inductor shows a
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Fig. 9.2 Circuit of 20 mH
Example 9.1

Vin ZOQ Vout

very low impedance and passes the low frequency signals and at high frequencies,
the impedance of the inductor is increased to high values that can block the signals
from passing. Of course, the use of term frequency is relative to the operation of the
filter, and the cutoff frequency is determined based on the inductance and other
circuit parameters.

Impedance of a capacitor C (F) is inversely proportional to the frequency a signal
shown as Z = —jX¢ = % It means that a capacitor blocks low-frequency signals
and passes high-frequency signals because at low frequencies the capacitor demon-
strates a significant ohmic impedance that can block the signals and at high frequencies
the ohmic impedance of the capacitor shows a short circuit that allows signals to pass.

Based on these facts, an inductor is shown with a low-frequency (LF) arrow on the

top L™, and a capacitor is shown with high-frequency (HF) arrow on the top C'F.

There are several techniques to determine the cutoff frequency of a filter. In this
section, sinusoidal signal analysis is used, and in the next section, Laplace technique
is used to analyze the filters.

Example 9.1 In an RL circuit, the input frequency is variable. Find the output voltage
at the given frequencies when V;, = 10 at frequency w = 1, 10, 100, 1000, 2000, and
10000 (24) (Fig.9.2).

Solution The circuit shows a voltage divider between the 20 Q resistor and the jwL
inductor. The output voltage is:

oo 20
°2040.020 "

The amplitude of the output voltage becomes:

20
[Vo| = 10

20% + (0.02)*

Atw =1
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Atw =10
20
V| = 10 = 10
V/20? + (002 x 10)°
At ® = 100
20
V| = 10 = 9.95
/207 + (0.02 x 100)°
At @ = 1000
20
V| = 10 = 7.07
\/202 + (0.02 x 1000)
At @ = 2000
20
V| = 10 = 4.47
\/ 20% + (0.02 x 2000)*
At @ = 10000
20
V| 101

\/ 20% + (0.02 x 10000)*

As it is observed, the output voltage decreases as the source frequency is
increased. Up to @ = 1000 rad/s, the output voltage is high and almost passes to
the output without much change. At the frequency @ = 1000 rad/s, the output
becomes 70.7% of the input which is known as cutoff frequency (in actual filters.
Ideally the signal would become zero). The output voltages above this frequency
drop rapidly to reach very low values at high frequencies.

Filter Gains

At a certain frequency, filters can change the power of a signal with respect to the
input power of the same signal. This gain can be positive, meaning the output power
has increased, and can be negative, meaning that the output power has decreased.
The gain of power Gp measured in decibel (dB) is as follows:
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P,
Gp = IOIOgF (dB)

mn

where P, is the output power and P;, is the input power. Considering the input volt-
age and output voltage signals at the same frequency, the power of these signals is
proportional to the square of their voltages or:

P, x V?

2
Pin X Vin

Hence, the voltage gain of filter can be expressed as:

P, V2 Vo )2 v,
Gy = 10log—> = 10log—2 = 10log( -2 ) = 20log—> (dB
v 0gp 0g og(v‘) ogy, - (dB)

in in in in

\%
Gy = ZOIOgV_f)

m

Measuring the gains based on the current measurement results in the following
calculations:
P, o I

2
Pin X Iin

Hence, the current gain of the filter can be expressed as:

P, I L\’ 1
G; = 10log—" = 10log-2 = 10log( -~ | = 20log-*(dB
| ogp gy og(l‘) og - (dB)

in in in

I
G, = 2010g1f°

m

Example 9.2 A 100 kHz signal at a voltage of 16 mV passes a filter and is measured
at 8mV at the output. Find the gain of the filter.

Solution Gain in dB is obtained as follows:

V
Gy = 2010gv—f)

mn

=—-6dB

8
Gy = 20log; ;El
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Example 9.3 Find the power gain of a 1dB filter.

Solution

Py
Gp = IOIOng =+1

m

P, 1
— =100 =1.26
Pin

It means that the output power has increased by 26%.
Example 9.4 Find the power gain of a + dB filter.
Solution

P
Gp = 101ogP¥ =42

Jul

P, P
— =100 = 1.58
Pin

It means that the output power has increased by 58%.
Example 9.5 Find the power gain of a 3dB filter.

Solution

Py
Gp = IOIOng =43

It means that the output power has increased by 100%.

Example 9.6 Find the power gain of a —1 dB filter.
Solution

Py
Gp = IOIOng =—1

mn

Po —1
— =101 =0.79
Pin 10

It means that the output power has dropped by 21%.
Example 9.7 Find the power gain of a —2dB filter.

Solution

Py
Gp = IOIOng =-2

mn

9 Passive Filters
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P, -
— = 10" =0.63
P in

It means that the output power has dropped by 37%.
Example 9.8 Find the power gain of a —3 dB filter.

Solution

It means that the output power has dropped by 50%.

Cutoff and Half-Power Point Frequencies

A summary of the Examples 9.1,9.2,9.3,9.4,9.5, 9.6, and 9.7 is given in the table as
follows:

Power gain (dB) Power ratio % of output power change
+1 1.26 26% increase

+2 1.58 58% increase

+3 2 100% increase

—1 0.79 21% decrease

-2 0.63 37% decrease

-3 0.5 50%decrease

At the gain of —3 dB, the power of the signal is cut in half. Therefore, the
frequency at which the power of a signal is dropped in half is called “the half-power
point” frequency.

This is the frequency at which filters also show effective action of filtration. This
frequency was also called the “cutoff” frequency.

The voltage and current gain at the cutoff frequency become:

-3 = ZOlogV—A0

mn

y 1
Vo _ 107 = 07070r-
Vin \/5

It means that if a signal is tuned at the cutoff frequency, its output voltage
becomes 0.707 of the signal’s input voltage.
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Low-Pass Filter

A LPF is designed to pass all frequencies below the cutoff frequency. It ideally has
amplitude of 100% (of input appear in the output). However, in reality, the amplitude
starts to drop before the cutoff frequency. In this case, the cutoff frequency is
identified when the transfer function gain drops 3 dB or the output signal amplitude
reaches 70.7% of the input signal.

Inductors and capacitors can be used to realize a low-pass filter. These circuit
topologies may be different, but their operation characteristics are the same. They
may be tuned to attenuate signals above a certain frequency or cutoff frequency.

There is an analysis procedure repeated for all types of filters, as follows:

¢ Find the transfer function of the circuit.
* Find the cutoff frequencies using the transfer function.
* Find the cutoff frequencies using the \/%Hmax rule.

¢ Find the bandwidth and resonant frequencies.

¢ Determine the frequency response in the form of Bode diagram (dB) and absolute
value of amplitude.

e Double check the Bode diagram through evaluation of extreme frequency
response s — 0 & s — o0.

RL Low-Pass Filter

To pass low-frequency signals to the output of a filter, an inductor may be used to
bridge the input to output ports. This circuit element parameter is tuned to obtain the
desired cutoff frequency beyond the cuoff frequcy, higher frequency signals gener-
ate high impedance and are automatically filtered out (Fig. 9.3).

Vin R Vout

Fig. 9.3 An RL circuit to form a low-pass filter. Inductors pass low frequencies, and if connected
between the source and the output, they provide a path to pass the low frequencies to the output,
hence, forming a low-pass filter. A combination of resistance and inductance values determines the
cutoff frequencies
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Identifying the Cutoff Frequency from the Ratio of the Output over Input

At the cutoff frequency, the amplitude of the transfer function becomes 70.7% of the
maximum or% H .. H(jo) is the ransfer function of the filter or simply the ratio of

the output voltage over the input voltage. Therefore:

1
NG

[H(j0) 0, = 75 Hmax

Maximum output can reach 1. Therefore:

. Vo (jw) L % 1
H [0} - = " = |3 =
HG0) oo, Vin(jo) w.+8 V2
X 1

o+ () V2

Solving for @, results in:

which positive frequency is acceptable. Therefore:

R
(OF :Z

Note 9.1 The cutoff frequency of a first-order filter is the inverse of its time
constant. In this RL circuit, the time constant is 7 = %; therefore, the cutoff frequency
1_R

iso.=lorw.=7="2.
R

Using Laplace Transform to Find the Cutoff Frequency

The output voltage is obtained by a voltage division between R in the output and L in
the bridge to the output. The transfer function is as follows:
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Vo _ R
Vii R+4sL s+%

all=}

This transfer function has no zeros and one pole at s + ’—E =0or

The amplitude of Bode diagram drops at the location of pole by 3 dB. This
qualifies the pole (%) to be the cutoff frequency. Therefore:

To obtain an approximate frequency response of the circuit, the amplitude can be
checked in two extreme frequencies of @ = 0 and @ = oo as follows:

R
L

=1

s—0

V, .

R
s+L

This means 100% of the input signal appears in the output.

i

in

Bode plot of the transfer function H(s) = % is obtained as Fig. 9.4. There is just
STL
one element of pole at % with unity gain:

Utilizing the Bode diagram to identify the cutoff frequency requires identifying
the frequency at which a —3 dB drop from the maximum amplitude occurs. Drawing
a straight horizontal line of —3 dB cuts the amplitude and identifies the frequency as

R
W, = iz

The circuit phase changes from 0 to —90 , and at the location of pole (cutoff
frequency), the phase reaches —45 .

Cutoff frequency can also be obtained from the ratio of the output over input
when it reaches 70.7%.

Example 9.9 Design an RL LPF to cut frequencies higher than 1000 rad/s.
Consider a 20 mH inductor (Fig. 9.6).

Solution An RL LPF circuit has the cutoff frequency of o, = % which is desired to
be 1k rad/s.
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Fig. 9.4 Frequency
response of a non-ideal first
order low-pass filter. For the
frequencies above the cutoff
frequency, the power of
signals drops below an
effective level. Hence, they
are called rejected.
Magnitude in this frequency
response is shown in terms
of decibel. At the cutoff
frequency, a —3 dB (drop) is
observed at the magnitude
of the signals. Note that the
phase shift reaches a —45°
drop by the cutoff frequency
and is saturated to —90° at
frequencies a decade higher
than o, (Fig. 9.5)

Fig. 9.5 The frequency
response of a low-pass filter
formed with an RL circuit.
The magnitude of the signal
is shown in absolute values.
This shows the ratio of the
voltages observed at the
output. A 0.707 or 70.7%
ratio determines the cutoff
frequency. Note that the
phase shift reaches a —45°
drop by the cutoff frequency
and is saturated to —90 at
frequencies a decade higher
than w,

0

—3dB

Magnitude (dB)

Phase (deg)

Magnitude (abs)

Phase (deg)

-10F

=201

-301

-40

-90¢k

351

Bode Diagram

W, =R/L
Frequency (rad/s)

Bode Diagram

0.8f

06

04r

0.2

0.707

Cutoff Freq.

-90k

W, = R/L
Frequency (rad/s)
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Fig. 9.6 Circuit of 20 mH
Example 9.1 m
Vin ZOQ Vout
R
= 1000
20e — 3

This results in:
R=20Q
The transfer function of the circuit is:

(s) = 1000
T 5 +1000°

The frequency response of this transfer function is obtained by:

RC Low-Pass Filter

As explained earlier, capacitors conduct high frequencies. If a capacitor is connected
such that the frequencies it is passing are connected to ground, ten only low
frequencies reach the output. Figure 9.7 shows an RC circuit that forms a low-pass
filter.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

At the cutoff frequency, the amplitude of the transfer function becomes 70.7% of the

maximum or % H .x. Therefore:

1
H(jw)|,_, =—= Hmax
@), = 75 Homa

Maximum output can reach 1. Therefore:
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Fig. 9.7 Frequency Bode Diagram
response of the circuit 1 T -
Example 9.1

08 0707 __ _____
06F

0.4f

Magnitude (abs)

0.21
Cutoff Freq.

Phase (deg)
A
(6]

-90% I 2 3 I 4 5
10 10 w, =10 10 10
Frequency (rad/s)

, V(o) | pe |1
H () yewr, = 55 = |- =5
Vin(joo) (s \/Z
e _ L
2
w2+ () V2
Solving for @, results in:
2
(ze) 1
s =
o + (Rlc) 2
1
e = E—
P~ FRe

which positive and negative frequencies show the same frequency amplitude.
Therefore:

We = —=
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Note 9.2 The cutoff frequency of a first-order filter is the inverse of its time
constant. In this RC circuit, the time constant is 7 = RC; therefore, the cutoff
frequency is @, = L or w. = 4.

Using Laplace Transform to Find the Cutoff Frequency
The transfer function is as follows:

1 1
Vo _ 5c 1 RC

Vin_R—k%_RCs—i—l_s—i—%

This transfer function has no zeros and one pole at s + % =0 or:

1
RC

The amplitude of Bode diagram drops at the location of pole by 3 dB. This
qualifies the pole (%) to be the cutoff frequency. Therefore:

1
RC

1 (rad
wC_RC S

To obtain an approximate frequency response of the circuit, the amplitude can be
checked in two extreme frequencies of @ = 0 and w = oo as follows:

jo =

1
RC _
— 1=
S“rﬁ

s—0

v, .
—(jO)| =1
Vin(] )‘ im

This means 100% of the input signal appears in the output.

Bode plot of the transfer function H(s) = sfi is obtained as Fig. 9.8. There is just
RC
one element of pole at # with unity gain (Figs. 9.9 and 9.10):
Utilizing the Bode diagram to identify the cutoff frequency requires identifying
the frequency at which a —3 dB drop from the maximum amplitude occurs. Drawing

a straight line of —3 dB cuts the amplitude and identifies the frequency as w = %.
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W
Vin J_ C Vout

T

Fig. 9.8 An RC circuit to form a low-pass filter. Capacitors pass high frequencies. If they are
connected to direct all high frequencies to the ground, the output equals a short circuit (or very low
impedance) at high frequencies. Hence, the voltage measured at the output is nearly zero at high
frequencies. A combination of the resistance and capacitance determines the cutoff frequency

Fig. 9.9 The frequency Bode Diagram
response of a low-pass filter i T
either built by an RL or an
RC circuit is similar. The
parametric expression of the
cutoff frequency might be
different. Two different
circuits might have identical
frequency responses.
Magnitude at this frequency
response is shown in terms
of decibel. At the cutoff -40
frequency, a —3 dB (drop) is
observed at the magnitude
of the signals. Note that the
phase shift reaches a —45"
drop by the cutoff frequency
and is saturated to —90" at
frequencies a decade higher
than o,

o

|
w
Y
o W

Magnitude (dB)
)
o

o
S

Phase (deg)
A
[6)]

-90k
0 W, =1/RC

Frequency (rad/s)

The circuit phase changes from 0 to —90, and at the location of pole (cutoff
frequency), the phase reaches —45 .

Cutoff frequency can also be obtained from the ratio of the output over input
when it reaches 70.7%.

Example 9.10 Design an RC LPF to cut frequencies higher than 1000 rad/s.
Consider a 20 pF capacitor (Fig. 9.11).

Solution An RC LPF circuit has the cutoff frequency of w, = % which is desired to
be 1k rad/s.
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Fig. 9.10 The frequency
response of a low-pass filter
formed with an RC circuit.
The magnitude of the signal
is shown in absolute values.
This shows the ratio of the
voltages observed at the
output. A 0.707 or 70.7%
ratio determines the cutoff
frequency. Note that the
phase shift reaches a —45
drop by the cutoff frequency
and is saturated to —90° at
frequencies a decade higher
than w,

Fig. 9.11 Circuit for
Example 9.2

This results in:

Magnitude (abs)

Phase (deg)

9 Passive Filters

Bode Diagram

The transfer function of the circuit is:

1
VL0707 N
06
04¢}
0.2}
Cutoff Freq. I
0 ' T
0 T
1
1
1
1
-45 ! ,
90k 1 M| 1
0 w=1/RC
Frequency (rad/s)
Vin —— 20uF Vout
! = 1000
R20e — 6
R=50Q
1000
H(s)=————.
&) =000

The frequency response of this transfer function is obtained by:
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Note 9.3 First-order low-pass filters with cutoff frequency of w,. have a transfer
function template of:

WOc
H(s) = .
o) =

Example 9.11 Design a LPF to filter out frequencies higher than 200 Hz.
Solution The template for a LPF is:

o

H(s) =

s+ W,

d
we = 2af, = 21 x 200 = 1256.6 %

Therefore, the filter becomes:

1256.6

H(s) = ———~
) =T 12566

High-Pass Filter

A HPF is a circuit that eliminates frequencies below the cutoff frequency and allows
to pass signals of higher frequency than the cutoff frequency. This characteristic can
be obtained using an inductor- or a capacitor-based circuit.

RL HPF

A first-order RL HPF is shown in Fig. 9.12.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Obtaining cutoff frequency using the % H ax tule:

1
H(jw)|,—, = —= Hmax
HG) om0, = 5

Maximum output can reach 1. Therefore:
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Fig. 9.12 Frequency Bode Diagram
response of the circuit for 1 "
Example 9.2

081 0.707

0.6}

0.4f

Magnitude (abs)

0.21
Cutoff Freq.

Phase (deg)
A
()]

90 I 2 3 I 4 5
10 10 w, =10 10 10
Frequency (rad/s)

1

V2

), =y 00 | S

W, 1

NG

Solving for @, results in:

Lol 1
L
a)C::I:IS

L

which positive and negative frequencies show the same frequency amplitude.
Therefore:

W, =

S~
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Using Laplace Transform to Find the Cutoff Frequency

The inductor passes low frequencies to the ground and allows a path for high-
frequency signals to pass to the output. The circuit transfer function is obtained as:

_ sL s
_R—‘rSL_S-i-%

H(s)

The circuit has one zero at the origin s = 0, and one pole of the circuit is s
+8 = 0 or s = —&. The cutoff frequency is therefore:

R (rad)
W, =—|—
L\ s

Replacing this frequency in the transfer function results in:

N

H(s) =

S + @,

Evaluating the transfer function on two extreme frequencies results in:

vV, . K

—(jO)| = lim =0
Vin(] )‘ s—0|§ —|— %

V,
—(joo)| = lim =
Vin o5+

This means that the circuit blocks all low frequencies and passes 100% of the
high-frequency signals to the output.
Bode plot of the transfer function H(s) = izis obtained as Fig. 9.13. There is just
L
one element of pole at% with unity gain (Fig. 9.14). Figure 9.15 shows the frequency
response with normalized amplitude.

R

Fig. 9.13 An RL circuit to form a high-pass filter. Inductors pass low frequencies. If they are
connected to direct all low frequencies to the ground, the output equals a short circuit (or very low
impedance) at low frequencies. Hence, the voltage measured at the output is nearly zero at low
frequencies. A combination of the resistance and inductance determines the cutoff frequency
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Fig. 9.14 The frequency
response of a high-pass filter
by an RL circuit. Magnitude
at this frequency response is
shown in terms of decibel.
At the cutoff frequency, a
—3 dB (drop) is observed at
the magnitude of the signals.
Note that the phase shift
starting at +90  reaches 45
by the cutoff frequency and
is saturated to 0 at
frequencies a decade higher
than w,

Fig. 9.15 The frequency
response of a high-pass filter
formed with an RL circuit.
The magnitude of the signal
is shown in absolute values.
This shows the ratio of the
voltages observed at the
output. A 0.707 or 70.7%
ratio determines the cutoff
frequency. Note that the
phase shift starting at

+90° reaches 45 by the
cutoff frequency and is
saturated to 0" at frequencies
a decade higher than w,.
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Bode Diagram

0 w=R/L
Frequency (rad/s)

Bode Diagram

Cutoff Freq,

0 w=R/L
Frequency (rad/s)
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Vin R Vout

Fig. 9.16 An RC circuit to form a high-pass filter. Capacitors pass high frequencies. If they are
connected directly between the source and the load, the output equals the source voltage at high
frequencies. Hence, the voltage measured at the output is ideally the source voltage. A combination
of the resistance and capacitance determines the cutoff frequency

RC High Pass Filter

Capacitors pass high-frequency signals and block low frequencies. Using a capacitor
to bridge the input to the output of a resistive load provides path for high frequency
signals to pass and low frequency signals to be rejected. Figure 9.16 shows an RC
circuit that behaves as a high-pass filter.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Obtaining cutoff frequency using the % H ax tule:

1

|H(jw)|msz = —= Hna
2
Maximum output can reach 1. Therefore:
. Vo (/w) Jwc 1
H [0} o = - = |- e
| (] )|(u—a}(. Vin (](l)) W, + % \/z
W, 1
2 V2
ol + ()} V2
Solving for @, results in:
w2 1
1\2° 2
o2+ (7e) 2
1
W, = t—
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which positive frequency is acceptable. Therefore:

1
We = —
RC

Using Laplace Transform to Find the Cutoff Frequency
The circuit transfer function is obtained as:

R RCs )

TR+L 1+RCs s+

The circuit has one zero at the origin s = 0, and one pole of the circuit is
5+ 7= =0, or s = —z=. The cutoff frequency is therefore:

1 /rad
w,=—|—
RC \ s

Replacing this frequency in the transfer function results in:

N

H(s) =

S+ w.

Evaluating the transfer function on two extreme frequencies results in:

Vo,. .
Om‘:hm =0
Vin 5=0 18 4 25
Vo .
—(ioo)‘—hm u -l =1
Vin §—00 S+R

This means that the circuit blocks all low frequencies and passes 100% of the
high-frequency signals to the output.
Bode plot of the transfer function H(s) = —*r is obtained as Fig. 9.17. There is

s+$
just one element of pole at % with unity gain (Fig. 9.18).

Note 9.4 A first-order HPF with cutoff frequency of w, has a transfer function of:

N

H(s) = :
o) =T
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Fig. 9.17 The frequency
response of a high-pass filter
by an RC circuit. Magnitude
at this frequency response is
shown in terms of absolute
values. At the cutoff
frequency, a —3 dB (drop) is
observed at the magnitude
of the signals. Note that the
phase shift starting at

+90" reaches 45 by the
cutoff frequency and is
saturated to 0 at frequencies
a decade higher than w,.
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Bode Diagram

Cutoff Freq,

0 w=1/RC
Frequency (rad/s)

Example 9.12 Design a HPF to pass frequencies higher than 1500 Hz.

Solution Considering a first-order HPF template, the filter has a cutoff frequency of:

w, = 2xf,. = 2m x 1500 = 9429.7 —

rad
S

Therefore, the transfer function becomes:

H(s)

S
T s+9429.7

This circuit can be realized using RL or RC elements. Each of these frequencies
results in a specific cutoff frequency expression as follows:

The cutoff frequency of an RL circuit is the inverse of time constant or
. = % = 9424.7. Considering L = 1mH results in R = 9.424 Q.

In an RC circuit, the cutoff frequency becomes @,

7e = 9424.7. Considering

C =1 pF results in R = 106.10 Q.
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Bode Diagram

Magnitude (dB)

Phase (deg)

0 w=1/RC
Frequency (rad/s)

Fig. 9.18 The frequency response of a high-pass filter either built by an RL or an RC circuit is
similar. The parametric expression of the cutoff frequency might be different. Two different circuits
might have identical frequency responses. The frequency response of a high-pass filter by an RC
circuit is shown. Magnitude at this frequency response is shown in terms of decibel. At the cutoff
frequency, a —3 dB (drop) is observed at the magnitude of the signals. Note that the phase shift
starting at +-90° reaches 45 by the cutoff frequency and is saturated to 0 at frequencies a decade
higher than w,.

Analysis of LC Circuits
Parallel LC Circuit

Consider a parallel connection of inductor L and capacitor C shown in Fig. 9.19.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Impedance of this parallel unit is obtained as follows:

i .
WL o

jw#c—l—ja)L_—a)Z-l-%

1
/ = —|liolL =
JjoC o
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Fig. 9.19 A parallel LC C
circuit to be used as a |
building block forming |

other types of filters

This circuit has resonant frequency of \/%_c at which it acts as an open circuit with

impedance reaching infinite:

1
lim —|[/a)L> =00
wﬂ\/LL_C a)C

This parallel unit reaches zero impedance at two extreme frequencies as follows:

AR T N Lo\
tim (jclior) =0 fim (1 liot) =0

Parallel LC Circuit Using Laplace

Impedance of this parallel unit is obtained as follows:

1 Ler L
Z=—|sL=75—=55
sC <tsL  s°+e

This circuit has resonant frequency of \/;L_C and a pole at the same frequency.

Therefore, at the resonant frequency, this unit will act as an open circuit with

impedance reaching infinite:
T 1 IsL
im (—|[sL | =00
s \sC

VIC

This parallel unit reaches zero impedance at two extreme frequencies as follows:

. 1 . 1

This unit can be utilized in circuits to bridge the input to output or connect across
the output port. Either case, it should be used with this characteristics in mind that it
becomes an open circuit at the resonant frequency.
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L C
F ' REL] ’
Fig. 9.20 A series LC circuit to be used as a building block forming other types of filters
Series LC Circuit

Consider a series connection of inductor L and capacitor C shown in Fig. 9.20.

Identifying the Cutoff Frequency from the Ratio of the Output Over Input

Impedance of this series unit is obtained as follows:

1-LCo? fp— o
+ joL = @ _Ic

Z=— - ==
JjoC JjoC ]a)%

This parallel unit reaches zero impedance at two extreme frequencies as follows:

1 1

This circuit has resonant frequency of \/;L_C at which it acts as a short circuit with

impedance reaching zero:

1
li —+jwL | =0
Jim (vt )

Vi

Series LC Circuit Using Laplace
Impedance of this series unit is obtained as follows:

1 14+ LCs? L+
Z=— ysL=- T _Ic

sC sC %s

This parallel unit reaches zero impedance at two extreme frequencies as follows:

1 1
lil% <E||SL> =0 &slirglc (EHSL) =00
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This circuit has resonant frequency of ¢+_c and a zero at the same frequency.

Therefore, at the resonant frequency, this unit acts as a short circuit with impedance
reaching zero.

. 1
11rr]1 (—C + SL) =0
=7 \S
This unit can be utilized in circuits to bridge the input to output or connect across

the output port. Either case, it should be used with this characteristics in mind that it
becomes a short circuit at the resonant frequency.

Summary of LC Series and Parallel Circuits

Circuit w—0 w = wy ® — 00
C Z=0Q Z= 0 Q Z=0Q
Short Open Short

Z= 00 Q Z=0Q Z= o0 Q
Open Short Open

_j“-:»‘-:“o‘r\_' l_

Band-Pass Filters

A band-pass filter is designed to pass signals of frequencies in a specific range
(bandwidth) and block the rest. A BPF reaches its highest amplitude at a frequency
in the bandwidth BW known as resonant frequency wy. There are two cutoff
frequencies w,, @, to form the passband and determine the bandwidth as:

BW = W) — W] -

Therefore, a BPF has minimum a second-order circuit structure. Figure 9.21
shows the frequency response of a band-pass filter:

As an accurate measure, the resonant frequency w, is a geometrical average
of w1, w. as:

W) = /W1 D
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Fig. 9.21 A typical Bode Diagram
frequency response of a 1 y '

band-pass filter. The cutoff .
frequencies and the resonant 4+ 08

frequency are shown. The i -
frequency response reaches 2 0.6
its maximum amplitude and 2

phase 45 at the resonant E 04
frequency §

=
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0
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An approximate considers the resonant an arithmetic average in the middle of
bandwidth. Therefore, each of the cutoff frequencies is approximately located in %
from the resonant wg. Therefore:

BW
We1,2 = W0 F+ —7—

2
There are several circuits that behave similar to a band-pass filter. However, a
second-order circuit with resonant frequency requires an inductor and a capacitor.
Considering the parallel and series connection of these elements and their operation
at the resonant frequency, two circuits are proposed.
Frequency response of BPF is shown in Fig. 9.22.

BPF Circuit 1: Using LC Series

Series connection of LC shows a short circuit at the resonant frequency. Given the
required bandwidth, this filter can pass a desired range of frequencies. To obtain this
characteristic, a series LC circuit is utilized to connect the input to the output, where
the output is the voltage drop observed at a resistance in the terminals. Figure 9.23
shows the circuit.
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Fig. 9.22 Magnitude and
phase variation as a function
of frequency and the
damping factor ¢ of a BPF.
As the damping factor is
increased, the bandwidth of
the filter is increased, and
rate of the phase shift
transition at 45 point is
decreased
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Fig. 9.23 Using the series LC block to build a BPF. The series LC circuit shows a short circuit at
the resonant which results in passing input signals to the output. The impedance is increased as the
input signal frequencies move away from resonant resulting in an attenuation in the output voltage.

This results in a band-pass filter

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Cutoff frequencies can also be obtained utilizing the circuit parameters as follows:

H(jw)|,_, =—= Hmax
(@), = 75 Homa

Maximum output of the filter occurs at the resonant frequency @, obtained as

follows:
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R

R+ joL++s|

Hinax = |H(jo)| =

wW=wm(

Therefore:

RCw _

1
|w:m£ = R~
\/<RCa))2 + (LCw? — 1)2) V2

|H (jo)

RCaw, 1
\/<Rch)2+(LCw§—l)2> V2

Solving for @, results in:

_ R R2+1
@el.2 = Fop 2L) T LC

Replacing the BW and resonant frequency:

BW BW\®
@c1,2 = ?T‘F 5 + o

Considering Q = gt

1 1\?2
c = e 1 _
We1,2 = @ ¢2Q+ + <2Q>

Utilizing these cutoff frequencies, the bandwidth can be obtained as follows:

R
szwc2_wclzz
1
o 0 _vic_ [T
B R CR?
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Using Laplace Transform to Find the Cutoff Frequency
The circuit has a transfer function defined as:

Vo R B RCs B Rs
Vin _R+sL+%_RCs+LCS2+1_sz—&—fs—i—i

As the transfer function shows, there is one zero at the origin which results in no
pass of low frequencies. There are two poles observed as @, ®.,. At the location of
these poles, the amplitude of transfer function drops by —3 dB from the peak H,,.x
which is observed at the resonant wy.

Compared to the denominator of a standard second-order system of

H(s) = mrpparam it is obtained that:

R
2wy =7 =BW

The quality of a filter depends on the shape and sharpness of the filtration. Known
as Q, the quality factor is obtained as follows:

wo 1

Q:ﬁzi

Therefore, the transfer function of a second-order BPF can be written as a
template of:

H( ) V, BWs
S) ===
Vin 82 4+ BWs 4+ wy?

The location of cutoff frequencies is obtained, as an approximate, as follows:

BW
Wc1,2 = Wy + >

In accurate calculations, the locations of poles are obtained as follows:

* If 0 <{ < 1, the poles of the filter are located at s, = — {wy % jw,. For very
small damping factors, { < 1,0, =~ wy. Therefore, poles and cutoff frequencies
match §12 ~ w1,2. Note, @, is the damping frequency w; = wov/ 1 — e

e If { > 1, the poles of the filter are located at 512 = —{wo + woV/ 4’2 —1, or
— _BW
Sl,z = ) .
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Example 9.13 Design a BPF with resonant frequency of 100 rad/s and bandwidth
of 10 rad/s.

Solution BW = 10, & wy = 100, therefore:

Vo 10 10
H(s)=—= u i

Vi 2+ 105+ 1002 52+ 10s + 10000

Example 9.14 Damping of a BPF is designed to be { = 0.01. What is the Q of the
circuit?

Solution
1 1

=2 2x001

Q

Example 9.15 Find the transfer function of a BPF with cutoff frequencies of
we1 = 200 rad/s, @, = 1500 rad/s.

Solution The bandwidth can be obtained as:

d
BW = wu — wy = 1500 — 200 = 1300 %

Resonant frequency is obtained as:

rad

Wy = /W1 W2 =V 200 x 1500 = 547.7 T

Knowing these two factors, the transfer function is obtained as:

V, BWs 1300s
H(s) = V. 2 27 2 2
Vin 2 +BWs + wg s? + 1300s + 547.7

BPF Circuit 2: Using LC Parallel

Parallel connection of LC shows an open circuit at the resonant frequency. Given the
required bandwidth, this filter can block a desired range of frequencies from being
connected to ground. To obtain this characteristic, a parallel LC circuit is utilized to
connect across the output. A resistor bridges the input to the output to prevent short
circuit connection of signals at the resonant. Figure 9.24 shows the circuit.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Cutoff frequencies can also be obtained utilizing the circuit parameters as follows:
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Vin

T

1

1

1
Y,
1 out
1

1

1

1

1

Fig. 9.24 Using a parallel LC block to build a BPF. The parallel LC unit exhibits an open circuit at
the resonant frequency and a dropping impedance at other frequencies. Therefore, a band-pass
behavior is obtained. The overall behavior is shown as a band-pass filter

1
H(jw)|,_., = —= Hmax
| (J )|m7(n(. \/E &

Maximum output of the filter occurs at the resonant frequency w,, obtained as
follows:

| eloL
s = [H G- = 2 | =
Therefore:
oo 1

. — e ==
|H (j0)] e, R gii V2

e _ 1

R? + (ﬂiﬁi)z v

Solving for @, results in:

1
W12 = :F% +

Replacing from the circuit values:

BW
@e12 = F=F

Considering Q = g
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1 1)
=00 | Fam+i[1+ (55
Per2 = @0 20 <2Q>

Utilizing these cutoff frequencies, the bandwidth can be obtained as follows:

1
BW = w, — o :R
1 o)
w0 Jic__ |CR
CTew LTV
RC

Using Laplace Transform to Find the Cutoff Frequency

The circuit has a transfer function defined as:

1 sL 1
Vo sL H sC _ LCs>+1 sL rcS

Vie R+ (sL|5) R+ ok RLCS +Ls+R &+ pes+ .=

As the transfer function shows, there is one zero at the origin which results in no
pass of low-frequency signals. There are two poles observed as w.;, .. At the
location of these poles, the amplitude of transfer function drops by —3 dB from the
peak H,,.x which is observed at the resonant @.

Compared to the denominator of a standard second-order system of

H(s) = mrpparam it is obtained that:
1
® TIc
2 ! _pw
) = — =
" RC

The quality of a filter depends on the shape and sharpness of the filtration. Known
as Q, the quality factor is obtained as follows:

(O] 1
Q:—:—
BW 2¢

Therefore, the transfer function of a second-order BPF can be written as a
template of:

V, BWs
H(s) = V. 2 1L BWe L2
Vin 4+ BWs+ wg
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The location of cutoff frequencies is obtained, as an approximate, as follows:

BW

Wc1,2 = W F N

Cutoff frequencies can also be obtained utilizing the circuit parameters as
follows:

) 1
|H(Jw) |m:ml. = 72 Hmax

Repeating the same procedure as in LC series results in:

BW BW\®>
Dcl,2 = $T+ > + o

Replacing from the circuit values:

N 1 2+ 1
@el.2 = Fope 2rC) TIC

Considering Q = £t

1 1)?
c = —_ 1 _
We1,2 = Wo $2Q+ + <2Q>

Utilizing these cutoff frequencies, the bandwidth can be obtained as follows:

1
BW:ch*chZR
1 o)
w0 Jic__ |CR
CTew T LTV
RC

Band-Reject Filters

A band-reject filter is a circuit that passes signals outside a specific range and blocks
the signals in the range, also known as bandwidths. Frequency response of a band-
reject filter is shown in Fig. 9.25.
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Fig. 9.25 Magnitude and Bode Diagram
phase variation as a function 1 T
of frequency and the w (
damping factor { of a BRF. ™ 0.8y i
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Considering the characteristics observed from the series and parallel LC circuits, a
BRF behavior can be obtained from these circuits as follows:

BRF Circuit 1: LC Series

Consider the fact that a series LC circuit becomes short circuit at the resonant
frequency, placing this circuit in parallel to the output results in a BRF. A resistor
is utilized to bridge the input to the output and prevent a short circuit current at the
resonant frequency signals. The filter is shown in Fig. 9.26.

Identifying the Cutoff Frequency from the Ratio of the Output over Input
Cutoff frequencies can also be obtained utilizing the circuit parameters as follows:

1

|I_I(j60)|cu:cur = ﬁ Hnax

The ratio of the output voltage over the input voltage is obtained through a
voltage divider as follows:
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1

1

1

1

1

1

i Y%
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1

1

1

1

1

Fig. 9.26 LC series block is utilized to build a BRF. The series LC element exhibits a short circuit
at the resonant frequency that imposes zero volts at the output. The impedance is increased once the
input signal frequency moves away from the resonant frequency, hence, showing a band-reject
response

. 1
Vo) _| (08 + i)
Vin(jo)  |R+joL + 5

H(jo)| = A

1 — LCa? + jwRC

Maximum output of the filter occurs at DC and the resonant frequency, obtained
as follows:

1 — LCo? ‘ B

Hmax = |H(jw)|m:() = ‘1 — LCw? + joRC

The cutoff frequencies are obtained as follows:

1 - LCa? ’_1

1 — LCa? + jw.RC| 2

Ho),, = 1
1— LCa)z

I
V(1= LCa?)” + (@.RC) V2

Solving for @, results in:

R (R 2+ 1
W12 = F— — —
€12 = For 2r) TIC

Replacing from the circuit values, the cutoff frequencies are expressed as follows:

BW BW\?
@et2 = F o= ) T
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Considering Q = g, yields:

1 1\?2
c = —_— 1 _—
We1,2 = @ ¢2Q+ + <2Q>

Utilizing these cutoff frequencies, the bandwidth can be obtained as follows:

R
BWZCOQ—C‘)CI:Z
1
o v [T
B K CR?

Using Laplace Transform to Find the Cutoff Frequencies

The circuit has a transfer function defined as:

V,  sL++& LCs* + 1 e

Vi RtsL+k RCs+LCS+1 &+8+L

As the transfer function shows, there are two zeros at J%T which results in short

circuit output of signals at the resonant frequency. There are two poles observed
which relate to @.1, @.,. At the location of these cutoff frequencies, the amplitude of
transfer function drops by —3 dB from the peak H,x.

Compared to the denominator of a standard second-order system of

H(s) = zraparam it is obtained that:

R

The quality of a filter depends on the shape and sharpness of the filtration. Known
as Q, the quality factor is obtained as follows:

o 1

Therefore, the transfer function of a second-order BPF can be written as follows:
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H(s) V, §2 + wp?
S)=—-—=—-—
Vin 82 4+ BWs 4+ wy?

The location of cutoff frequencies is obtained, as an approximate, as follows:

BW

Wcl1,2 = Wy + N

In accurate calculations, the locations of poles are obtained as follows:
¢ Underdamped: 0 <¢ <1

The poles of the filter are located at s;, = — {wy £ jwg.
If { < 1, then w; =~ w,. Poles and cutoff frequencies match s, ~ @.1 2.

@, is the damping frequency ws=wo\/1 — &%
* Overdamped: ¢ > 1
The poles of the filter are s1,=— @y £ @o\/&* — 1, or 51,,=— 2V + w,.

Example 9.16 Design a BRF with resonant frequency of 100rad/s and
bandwidth
of 10 rad/s.

Solution BW = 10, and wq = 100; therefore:

V,  s$$41000 s+ 100°
Vin 52+ 105+ 100> 52 + 10s + 10000

H(s) =

Example 9.17 Damping of a BRF is designed to be { = 0.2. What is the Q of the
circuit?

Solution
1 1

:izzxo.zzz's

Q

Example 9.18 Find the transfer function of a BRF with cutoff frequencies of
we1 = 200 rad/s, @, = 1500 rad/s.

Solution The bandwidth can be obtained as:

d
BW = wy — oy = 1500 — 200 = 1300 22
S

Resonant frequency is obtained as:

rad

@y = /w102 = V200 x 1500 = 574.7 e
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Fig. 9.27 Using a parallel pe==s==T " 1
LC block to build a BRF.

! C
1
The parallel LC unit exhibits ' ._| I__
1
1
- L :

an open circuit at the
resonant frequency and a
dropping impedance at other
frequencies. Therefore, a
band-reject behavior is
obtained

Knowing these two factors, the transfer function is obtained as:

H(s) = Vo = s> + wo’ s> +574.7°

T Vi 2 +BWst ol  s2+ 13005+ 57472

BRF Circuit 2: Using LC Parallel

Parallel connection of LC demonstrates an open circuit at the resonant frequency.
This filter blocks a desired range of frequencies in the bandwidth. It can also be used
in the bridge connection from input to the output. Figure 9.27 shows the circuit.

Identifying the Cutoff Frequency from the Ratio of the Output over Input

Cutoff frequencies can also be obtained utilizing the circuit parameters.
The ratio of the output over input voltages is obtained through a voltage divider as
follows:

V, R
H(jo)| === |17
Vin IR + 7aC || joL
. R
Hjo)| = |1
R+ 7a§2+L
. 1 — LCw?
|H (jo)| = 1ZLCa? + imL
— LCw* + jogze
HGo)| = H
@ = a)c - ﬁ max

Repeating the same procedure as in LC parallel and considering the maximum
amplitude, the cutoff frequencies can be obtaind.
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‘ 1 — LC&?
Hos = 1H0)|, o = |7 100 1 jort| =
This results in:
H(jo)| e :
w D=, = j 2
1— LC(UZ +]wc% \/z

l—LCw 1

\/ l—LCa)2 (wcé)z V2

1 1\ 1
@12 = Fope ™ (zm) TrIc

Replacing the circuit equivalent values results in:

BW BW\?
Wel,2 = :FT + > + o

Considering Q = &, yields:

1 1\2
a2 =0 | Famti[1+ (54
@et2 =0\ Mg <2Q>

The bandwidth can be obtained as follows:

1
BW=w»n — 0w, =—
RC
1 2
Wy _ Jic _ CR
cTew L VT
RC

Using Laplace Transform to Find the Cutoff Frequency

The circuit has a transfer function defined as:
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Vo R R R(LC$+1)  RLCs+R
Vio R+ (sL| L) R+2%; RLCs®+Ls+R RLCS +Ls+R
v, s+ e

T 24 L. L
Vin  s°+zeS+1e

As the transfer function shows, there are two complex conjugate zeros at the
resonant frequency. This guarantees that the output reaches zero at the resonant
frequency.

There are two poles observed which are related to @.;, ®.,. At the location of
these cutoff frequencies, the amplitude of transfer function drops by —3 dB from the
peak H... Compared to the denominator of a standard second-order system of

H(5) = apasrar it is obtained that:

1

2wy = — = BW
two =2

The quality of a filter depends on the shape and sharpness of the filtration. Known
as Q, the quality factor is obtained as follows:

w()il

0

TBW 2
Therefore, the transfer function of a second-order BRF can be written as follows:

V, S2+0)02
H(s) TV, T 2 L RBWe L2
Vin s +BWs+ wg

The location of cutoff frequencies is obtained, as an approximate, as follows:

BW
@cl,2 = W0 + =N

Summary of Filters in Laplace

Transfer functions of filters discussed in this chapter are just examples of a larger
body of circuits that can perform frequency selectivity and realize filters. These
transfer functions and their characteristics are summarized in this section. The
following table shows the filters and their location of poles and zeros.



Summary of Filters in Laplace 383
Circuit
Filter type | A transfer function variations Pole-zero map
Low-pass | H(s) = ;7= RL . w. =%
_ 1
filter RC. 0. = 7=
— A pole on the real axis
High-pass | H(s) = % RL. o, =%
_ 1
filter RC. 0. =3¢
— A pole on the real axis. s = — @,
— A zero at the origin. s = 0
Band- BW s LC: Series
pass filter H(S)_s2 +BWs+w} |BW=2E ¢>1
)
Q==
LC: Parallel
_ 1
BW = z¢ — Two poles on the real axis. 51, =
0= CTRZ —% + wy
— A zero at the origin. s = 0
0<¢<1
X
]
— Two comp. conj. poles. If { < 1
— 812 =~ C()c]’2
— A zero at the origin
Band- 5% + w? LC: Series
iect H(s)ziz > I BW=2~&
rejec 52 +BW s + o =7
filter I3
0= R
LC: Parallel
_ 1
BW = 4=
0=\/F
L

— Two poles on the real

axis. 81,2 = *B;N + wq

— Two comp. conj. zeros on the
imaginary axis. s = =+ jw,

(continued)



384 9 Passive Filters

Circuit
Filter type | A transfer function variations Pole-zero map

0<{<1

X +jw0

X *>_ij

— Two comp. conj. poles. If { < 1
— 812 = a)cl‘2

— Two comp. conj. zeros on the
imaginary axis. s = =+ jwg

Higher-Order Filters

The frequency response of an ideal filter is different from what has been observed
from an actual circuit. Inaccuracies are mostly introduced around the cutoff fre-
quency as a simple structure first-order filter might not be able to reduce enough the
power of a selected signal. This means the bandwidth of a second-order BPF or BRF
might not be as accurate as it is desired. To solve this issue, there might be a need to
repeat the same filter couple more times to obtain closer to ideal system
response. However, this action changes the filter characteristics, shifts the cutoff
frequencies and shrinks or expands the bandwidth.

Repeated LPF

Figure 9.28 shows a repeated low-pass filter, n times (Fig. 9.28).

Considering the transfer function of a low-pass filter as:

D¢

H(s) =

S + @,

The overall nth-order filter results in:
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—>{ pF }>((wF J» - S(F }>

N times

Fig. 9.28 Tandem connection of n identical low-pass filters. The cutoff frequency of the overall
filter is shifted from the cutoff frequency of an individual filter

.

HO) =Ty

The effect of this repeated filter is a shift in cutoff frequency, is obtained as
follows:

At w = w,,
~3dB = 20log (fi)
s+ w,
3 dB = n201 D
— =n Og -
Voo + ol
3 W,
—2dB = 20log|——2¢
n y V@en® + 0
1073 — 2

V (Ucn2 + wcz

The cutoff frequency of nth-order LPF is obtained as follows:

Wen = 0.\ 10) — 1

The cutoff frequency of a first-order filter if repeated n times is shifted by factor

\/ 10(%) — 1. The trade-off is higher-quality filter with sharper drop of power at
frequencies outside of the desired range.

Example 9.19 A low-pass filter has cutoff frequency of 1000 rad/s. Find the cutoff
frequency of this filter if it is repeated two and three times in cascade.

Solution For two times repeat of this filter, n = 2: (Fig. 9.29 shows the shift in
frequencies)
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Bode Diagram

0.707 or -3 dB AN N

0.8

0.6

0.4

Magnitude (abs)

0.2

//]

Phase (deg)

-180

-270 "
10 10° 10° 10 10°
Frequency (rad/s)

Fig. 9.29 Shift of the cutoff frequency in the case of two tandem connections and three tandem
connections of low-pass filters. The cutoff frequency of one filter was 1000 rad/s, and using two
of these filters in tandem reduces the cutoff frequency to 642.2 rad/s and three of the same filters
in tandem reduces the cutoff frequency to 508.8 rad/s. The phase shifts also increase as the order
of circuits in higher tandem filters increases. A single pole (in one filter) reaches —90°, two poles
in a second-order filter drop the phase to —180°, and three poles in a third-order filter drop the
phase to —270°

‘ : d
we = .\ 100 — 1 = 10001/ 10(52) — 1 = 1000 x 0.6422 = 642.2 %

Forn = 3,

/ d
WDen = O (%) — 1 = 1000 —1—1000><05088—5088£

Example 9.20 It is desired to design a third-order low-pass filter that has the cutoff
frequency of @. = 1000 rad/s. Find an appropriate first-order LPF to be repeated
three times.

Solution The cutoff frequency of the third order system is given and the frequency
of a first order is needed. Hence,
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w3 = 1000.

n=3.

Therefore:

Example 9.21 Find the cutoff frequency of the following filter.
2000*
H (S ) = )
(s 4 2000)

Solution The transfer function shows a 4 times repeat of a low-pass filter with
w. = 2000. Therefore:

wes = 2000\ 10(7) — 1

w4 = 868.3 @
S

Repeated HPF

Considering a cascade connection of HPFs as shown in Fig. 9.30, the transfer
function of the overall system is obtained as follows (Fig. 9.30):

s
H(s) =
) =T
Repeated transfer function is obtained as:
Si’l
H(s) = — =
(5) o)

e il e L R I

N times

Fig. 9.30 Tandem connection of N identical high-pass filters. The cutoff frequency of the overall
filter is shifted from the cutoff frequency of an individual filter
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The cutoff frequency of the overall system can be obtained at the location of 3 dB
drop gain as follows:

n

a)C}’l

VOa? + ol

wCﬂ
V@e® + 0
WDcn

V@O + 02

The cutoff frequency of nth-order HPF is obtained as follows:

—3dB = n20log

3
——dB = 20log
n

1070 =

W,
Wep =

106 — 1

Example 9.22 A high-pass filter has cutoff frequency of 1000 rad/s. Find the cutoff
frequency of this filter if it is repeated two and three times in cascade (Fig. 9.31).

Solution For two times repeat of this filter, n = 2:

W, 1000 1000 rad
@2 = el : “ 064z
]O(mn) —1 10(10x2) —1
For n = 3,
0 — W, _ 1000 _ 1000 _ 1965.4@
3 3 0.5088 S
106 — 1 y/10(m=) — 1
Repeated BPF

If a band-pass filter is repeated n times, each of the cutoff frequencies is shifted to
narrow the bandwidth of the filter. It results in a higher-quality filter. Low cutoff
frequency is shifted as a high-pass filter, and high cutoff frequency is shifted as a
low-pass filter (shown in Fig. 9.32).
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Bode Diagram

1 H
H Pob i i /
08l 07070r-3d8 h& /,/
I IRETRIR I  i4 /A AR R A
< 06 /
S /;//
2 04 Ao
1
v yydim
==-""" A
278 e 1000 1557.1 1965.4
> \
D 180
o ~_ \
3 N
& 90 \\
— \
o 5\‘~ \
~NG \
\\
0
10’ 10° 10°

Frequency (rad/s)

Fig. 9.31 Shift of the cutoff frequency in the case of two tandem connections and three tandem
connections of high-pass filters. The cutoff frequency of one filter was 1000 rad/s, and using two of
these filters in tandem increased the cutoff frequency to 1557.1 rad/s and three of the same filters in
tandem increased the cutoff frequency to 1965.4 rad/s. The phase shifts also increase as the order of
circuits in higher tandem filters increases. A single pole (in one filter) started from +90°, two poles
in a second-order filter started the phase from 4180, and three poles in a third-order filter started the
phase from +270"

Repeated BRF

If a band-reject filter is repeated n times, the cutoff frequency of high-pass filter part
is shifted toward higher frequencies, and the cutoff frequency of low-pass filter part
is shifted to lower frequencies. This results in wider bandwidth of the filter, i.e., a
larger range of frequencies are blocked. Figure 9.33 shows the frequency response of
a repeated band-reject filter (Fig. 9.33).
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Fig. 9.32 The behavior of
repeated BPF can be
observed in both the
low-pass and high-pass
sides. As the cutoff
frequency of low-pass filters
is decreased and that of the
high-pass filters were
increased, it results in a
narrower bandwidth of

the BPF

Fig. 9.33 The behavior of
repeated BPF can be
observed in both the
low-pass and high-pass
sides. As the cutoff
frequency of low-pass filters
is decreased and that of the
high-pass filters were
increased, it results in a
wider bandwidth of the BRF
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Problems

Low-Pass Filter

9.1.

9.2.

9.3.

9.4.

A low-pass filter has cutoff frequency of f, = 3000 Hz.

(a) Design an RC circuit to realize this filter. Consider C = 1 pF . Draw the
circuit and analyze its operation.

(b) Design an RL circuit to realize this filter. Consider L = 150 mH. Draw the
circuit and analyze its operation.

A low-pass filter has cutoff frequency of f. = 60 Hz.

(a) Design an RC circuit to realize this filter. Consider C = 10 pF . Draw the
circuit and analyze its operation.

(b) Design an RL circuit to realize this filter. Consider L = 10 mH. Draw the
circuit and analyze its operation.

In an RL LPF, the circuit parameters are R = 2 Q and L = 0.05 mH. Find the
cutoff frequency of the filter. Determine the output voltage amplitude and
phase when a Vi, = 10 V input is tuned at the following frequencies
@ = 4000,40, 000,400, 000 ().

In an RC LPF, the circuit parameters are R =2 Q and C = 10 pF. Find the cutoff
frequency of the filter. Determine the output voltage amplitude and phase when
a Vi, = 10 V input is tuned at the cutoff frequency and a decade above and a
decade below the cutoff.

Low-Pass Filter Using Laplace

9.5.

9.6.

9.7.

9.8.

9.9.

Design a unity-gain LPF with cutoff frequency of w. = 15k rad/s. Find its
transfer function.

Design a unity-gain LPF to cut the frequencies higher than the heartbeat of
1 Hz.The frequency of 1 Hz should fully pass to the output. Find the transfer
function of the filter.

Determine the filter type of the following systems, and determine their cutoff
frequency.

@ G(s) =5

54200
1
(b) G(S) = le—3s+1
— 4
(© G(s) = 2e72§)+2

In Problem 9.7, find the poles and zeros of the transfer functions, and identify
the correlation between the poles and the cutoff frequency and the filter types.
Determine and sketch the frequency response of the transfer functions in
Problem 9.7.
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High-Pass Filter

9.10.

9.11.

9.12.

9.13.

A high-pass filter has cutoff frequency of f. = 3000 Hz.

(a) Design a RC circuit to realize this filter. Consider C = 1 pF . Draw the
circuit and analyze its operation.

(b) Design a RL circuit to realize this filer. Consider L = 150 mH. Draw the
circuit and analyze its operation.

A high-pass filter has cutoff frequency of f. = 60 Hz.

(a) Design a RC circuit to realize this filter. Consider C = 10 pF . Draw the
circuit and analyze its operation.

(b) Design a RL circuit to realize this filer. Consider L = 10 mH. Draw the
circuit and analyze its operation.

In a RL HPF, the circuit parameters are R = 2 Q and L = 0.05 mH. Find the
cutoff frequency of the filter. Determine the output voltage amplitude and
phase when a V;, = 10 V input is tuned at the following frequencies
o = 4000, 40, 000, 400, 000 (%)

In a RC HPF, the circuit parameters are R = 2 Q and C = 10 pF. Find the
cutoff frequency of the filter. Determine the output voltage amplitude and
phase when a V;, = 10 V input is tuned at the cutoff frequency and a decade
above and a decade below the cutoff.

High-Pass Filter Using Laplace

9.14.

9.15.

9.16.

9.17.

9.18.

Design a unity gain HPF with cutoff frequency of w, = 15k rad/s. Find its
transfer function.

Design a unity gain HPF to cut the frequencies lower than 60 Hz. The
frequency of 60 Hz should fully pass to the output. Find the transfer function
of the filter.

Determine the filter type of the following systems and determine their cutoff
frequency.

(a) G(S) = siOZO(iTO

() G(s) = 157

(C) G( S) 400s

In Problem 9.16, find the poles and zeros of the transfer functions and identify
the correlation between the poles and the cutoff frequency and the filter types.
Determine and sketch the frequency response of the transfer functions in
Problem 9.17.



Problems 393

Series and Parallel LC circuits

9.19.

9.20.

Tune a LC series circuit at the 60 Hz. Find a reasonable value (in existing
range) for L and C.Analyze the operation of this circuit as a bridge between the
input and output (of a filter). Analyze the operation of this circuit in parallel to
the output (of a filter).

Tune a LC parallel circuit at the 60 Hz. Find a reasonable value (in existing
range) for L and C.Analyze the operation of this circuit as a bridge between the
input and output (of a filter). Analyze the operation of this circuit in parallel to
the output (of a filter).

Band-Pass Filters

9.21.

9.22.

9.23.

9.24.

9.25.

9.26.

9.27.

9.28.

Design a BPF to show a bandwidth of 100 Hz and cutoff frequency of
5000 Hz. Find the transfer function in two cases of using a LC series and a
LC parallel. Use existing range components.

Design a BPF to show a bandwidth of 10 Hz and cutoff frequency of 5000 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Design a BPF to show a bandwidth of 1 Hz and cutoff frequency of 5000 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Design a BPF to show a bandwidth of 500 Hz and lower cutoff frequency of
10000 Hz. Find the transfer function in two cases of using a LC series and a LC
parallel. Use existing range components.

Design a BPF to show a bandwidth of 500 Hz and resonant frequency of
40000 Hz. Find the transfer function in two cases of using a LC series and a LC
parallel. Use existing range components.

Damping of a BPF is designed to be { = 0.5. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.

Damping of a BPF is designed to be { = 0.1. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.

Damping of a BPF is designed to be { = 0.05. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.
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Band-Pass Filters Using Laplace

9.29.

9.30.

9.31.

9.32.

9.33.

9.34.
9.35.
9.36.

9.37.

9.38.

Find transfer function of a BPF with bandwidth of 100 Hz and cutoff
frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.

Find transfer function of a BPF with bandwidth of 10 Hz and cutoff
frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.

Find transfer function of a BPF with bandwidth of 1 Hz and cutoff
frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.

Find transfer function of a BPF with bandwidth of 0.5 Hz and cutoff
frequency of 60 Hz. Find the transfer function in two cases of using a LC
series and a LC parallel. Use existing range components. Determine the poles
and zeros of the circuit and estimate the cutoff frequency from the values of
the poles.

Determine the filter type, cutoff frequency, resonant frequency, quality
factor, damping factor, and bandwidth of the following transfer functions:

@) G(s) = 735 Fro000

(b) G(s) = it om0

© G() = Fgmi im0

@ G(s) = gt

Realize the transfer functions of Problem 9.32 in LC series.

Realize the transfer functions of Problem 9.32 in LC parallel.
Damping of a BPF is designed to be { = 0.5. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.
Damping of a BPF is designed to be { = 0.1. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.
Damping of a BPF is designed to be { = 0.05. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.
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9.39.

9.40.

9.41.

Find the transfer function of a BPF with cutoff frequencies of

fer =100 Hz, fo» = 500 Hz.

Find the transfer function of a BPF with cutoff frequencies of w.; = 58 Hz,
fe, = 60 Hz.

Find the transfer function of a BPF with cutoff frequencies of
e = 1000 rad/s, ., = 5000 rad/s.

Band-Reject Filters

9.42.

9.43.

9.44.

9.45.

9.46.

9.47.

9.48.

Design a BRF to show a bandwidth of 100 Hz and cutoff frequency of 400 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Design a BRF to show a bandwidth of 10 Hz and cutoff frequency of 400 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Design a BRF to show a bandwidth of 1 Hz and cutoff frequency of 400 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Design a BRF to show a bandwidth of 0.5 Hz and cutoff frequency of 60 Hz.
Find the transfer function in two cases of using a LC series and a LC parallel.
Use existing range components.

Damping of a BRF is designed to be { = 0.5. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.

Damping of a BRF is designed to be { = 0.1. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.

Damping of a BRF is designed to be { = 0.05. What is the Q of the circuit?
Design the filter if the resonant frequency is 100 Hz. Sketch the frequency
response.

Band-Pass Filters Using Laplace

9.49. Find transfer function of a BRF with bandwidth of 100 Hz and cutoff

frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.
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9.50. Find transfer function of a BRF with bandwidth of 10 Hz and cutoff
frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.

9.51. Find transfer function of a BRF with bandwidth of 1 Hz and cutoff
frequency of 5000 Hz. Find the transfer function in two cases of using a
LC series and a LC parallel. Use existing range components. Determine the
poles and zeros of the circuit and estimate the cutoff frequency from the
values of the poles.

9.52. Find transfer function of a BRF with bandwidth of 0.5 Hz and cutoff
frequency of 60 Hz. Find the transfer function in two cases of using a LC
series and a LC parallel. Use existing range components. Determine the poles
and zeros of the circuit and estimate the cutoff frequency from the values of
the poles.

9.53. Determine the filter type, cutoff frequency, resonant frequency, quality
factor, damping factor, and bandwidth of the following transfer functions:

(@) G(s s-izgslg(}ggoo
b) G

(s) =
© G(s) = ﬁ
(s) =

s*+(2x
d) G(s m&—@

9.54. Realize the transfer functions of Problem 9.52 in LC series.

9.55. Realize the transfer functions of Problem 9.52 in LC parallel.

9.56. Damping of a BRF is designed to be { = 0.5. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.

9.57. Damping of a BRF is designed to be { = 0.1. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.

9.58. Damping of a BRF is designed to be { = 0.05. What is the Q of the circuit?
Find the transfer function if the resonant frequency is 100 Hz. Sketch the
frequency response.

9.59. Find the transfer function of a BRF with cutoff frequencies of
f-1 = 100 Hz, f,, = 500 Hz.

9.60. Find the transfer function of a BRF with cutoff frequencies of w.; = 58 Hz,
fe, =60 Hz.

9.61. Find the Transfer Function of a BRF with Cutoff Frequencies of
e = 1000 rad/s, ., = 5000 rad/s.
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Overall Filtration Process

9.62. Determine whether each of the following input signals are passing or rejected

in each of the filter listed.
(a) Input signals:

@ vVi=5

(i) V3 =5 sin 10¢
(iii) V4 = 5 sin 100¢
(iv) V5 =5 sin 1000zt
(v) Vg =15 sin 5000¢
(vi) V; =5 sin 10000¢

(b) Filters:

(i) H(s) = 3+1000
(ii) G(s) = 571000

s 4000s
(iii) P(s) = 524+40005-+30007

. 23000
(V) O(5) = T55m0s13000°

Higher-Order Filter

9.63.

9.64.

9.65.

9.66.

A LPF has cutoff frequency of w. = 100 rad/s. The filter is repeated three
times. Find the new cutoff frequency. Sketch an RL and an RC filter separately
to realize the third-order filter. Sketch the frequency response of the first order
and third order.

A third-order LPF has to have a cutoff frequency of w. = 100 rad/s. Find the
cutoff frequency of the first-order circuit. Sketch an RL and an RC filter
separately to realize the third-order filter. Sketch the frequency response of
the first order and third order.

A HPF has cutoff frequency of w, = 100 rad/s. The filter is repeated 3 times.
Find the new cutoff frequency. Sketch an RL and an RC filter separately to
realize the third-order filter. Sketch the frequency response of the first order
and third order.

A third-order HPF has to have a cutoff frequency of w. = 100 rad/s. Find the
cutoff frequency of the first-order circuit. Sketch an RL and an RC filter
separately to realize the third-order filter. Sketch the frequency response of
the first order and third order.
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Higher-Order Filter Using Laplace

9.67. Determine the type, order, cutoff frequency, bandwidth, and quality factor of
the following filters (whichever applies):

@ G(s) = 10

(s+10)°
54
(b) G(s) = i
— 4008
(©) G(s) = (324,»2054:10000)2

(d G(s) = (2+0.154(1207)%)
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Operational Amplifiers e

Operational Amplifiers

Years before microcontrollers and digital computers were introduced, control system
operations, industrial computations, and even simulation of dynamical systems were
made possible by use of analog computers. The heart of an industrial analog
computer is a device called operational amplifier or “opamp.” These amplifiers
consist many transistors to accomplish a theoretical infinite gain to either inputs.

In a simple form, an opamp is packaged in an eight-port device as shown in
Fig. 10.1.

As the figure shows, the opamp has major ports as follows:

e Two input ports

— Inverting
— Noninverting

* One output port
* Positive power supply
¢ Negative power supply

The opamp is simply shown by these ports, and ideally power supplies are also
eliminated from schematics. Figure 10.2 shows the ideal opamp.

Ideal Opamp

Ideally, opamps are considered devices that have:

1. Infinite gain. It means that the opamp has no limit in the amount of voltage it can
generate in the output, and the supply voltages can be infinitely large.
2. Infinitely fast response. It means a large (close to infinite) slew rate.
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Fig. 10.1 Pin layout of a Dual-In-Line Package
typical 8-pin operational
amplifier. This chip contains BALANCE/ 1 Ny 8
only one opamp. There are o = COMPENSATION
y pamp COMPENSATION 2 7
chips that contain two or INPUT - iy ¥
friote opamps INPUT — + 1 output
v-=3 12— BALANCE
DS0OTT524
+
\
. \
\Vi out

Fig. 10.2 Schematic of an ideal opamp without showing the power ports. In this type of applica-
tion, it is considered that the opamp can take unlimited voltage levels and has no delay in response
or what is known as slew rate

Ay A

Zot=0

Zin =0

Fig. 10.3 Frequency response of an ideal opamp shows high gain in all across the frequency
spectrum. However, the gain of an actual opamp drops as the operating frequency reaches physical
limitations of the device. Hence, resulting a high gain over an unlimited range of frequencies

3. Infinite bandwidth. It means that the gain of opamp does not drop at infinitely
large frequencies.

4. Infinite input impedance. It means that the input current to each input port
(inverting an dnon-inverting) is zero. This opamps are voltage controlled devices.

5. Zero output impedance. It means that the output voltage is not dependent on the
load impedance (Fig. 10.3).

Operation of an ideal opamp. Considering an infinitely fast response devices with
unlimited voltage levels, the voltage observed at the output port of an opamp
becomes the value of its + supply if the + port voltage becomes slightly higher
than the voltage applied at the — port.

For instance, v =4 Vand v~ = 3.99 V result in +V,. in the output. vP=15V,
and v~ = 1.6 V results in —V,, in the output. As the opamp is ideal, the output
voltage switches to +V,. or —V, is infinitely fast (Fig. 10.4).
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+VCC

Vo A

4V +
3.99V >_ Vo > TVec

>
Ve
Note that v+ is slightly larger than v—.
+V
cc
Vo A
1.5V +
Ve
Vee

Note that v~is slightly larger than v+.

Fig. 10.4 Application as comparator. When inverting and noninverting pins have slightly different
voltage, the output voltage switches to one of the supply voltages that is connected to the pin with
higher voltage

Slew Rate

The speed of an opamp (actually measured in }% or %) to follow a reference signal
with amplitude V at frequency f (Hz) is measured as slew rate, which can be found as:

S

2 \"
Slew Rate = =V (—)

Slew Rate = 2zfV <V)

le3 \ms
2

Slew Rate = oV X
le6 \us

This means that the variations in the reference signal can be amplified in the
output of the opamp, this requires that the slew rate of the opamp be equal or higher
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than 2zfV. For instance, a 150 mV signal at frequency 10 kHz requires an opamp
with minimum slew rate of

(2710e3 x 150¢ — 3)

lew Rate =
Slew Rate 1000

Slew Rate = 0.942 (l>
ms

Opamp in Circuits

There are two rules that simplify the analysis of an opamp in a circuit.

Rule 1 There is a virtual short circuit between the two input ports v and v_.
Figure 10.5 shows this simplification notation.

Rule 2 In spite of a short circuit between the ports of an opamp, there is no current
flowing to either ports. Figure 10.6 shows this simplification notation.

Example 10.1 Find the output voltage of the following circuit (Fig. 10.7).

Fig. 10.5 The inverting and +
10> Vv h
noninverting ports are ' T
virtually short circuit virtual short: Vo
V' ——

<

Fig. 10.6 The inverting and noninverting ports are virtually short circuit. However, the high input
impedance of the ports makes the current entering each port equal zero

Fig. 10.7 Figure Example

10.1. Inverting amplifier
Iin
\Y

in

out
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Solution Since the noninverting port is connected to ground it has zero potential or
v = 0. Applying rule 1, the voltage of the inverting port v~ due to the virtual short
circuit between the inverting and noninverting ports takes up the voltage of the
noninverting port. Therefore, virtually, v = v~ = 0.

Imposing a zero volt potential at the inverting port, the current [, = %
Considering rule 2, there is no current entering the ports of opamp. Therefore, a
KCL at the node @ indicates that the current must flow through the feedback

impedance as follows:

Therefore,

I =17 7Vin*070*V0
A2

The output voltage in terms of input voltage can be obtained as:

Zin Zy
Vo  —Zs
Vin B Zin

This shows two important application of an opamp:

1. The input voltage can be amplified by the ratio of feedback impedance over the
input impedance é—"f‘ as long as it is not reached the supply voltage limits

2. The phase of the output voltage is 180  apart from the input voltage which is
indicated by the (—) sign. For this reason this circuit is also called inverting
amplifier.

Example 10.2 Noninverting amplifier. Find the output voltage of the following
circuit (Fig. 10.8).

Solution The noninverting port v is connected to the input voltage V;,. Therefore,
according to rule 1, the inverting port voltage is virtually v- = V;,. This voltage
forces current to ground through impedance Z; as
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Fig. 10.8 Figure of circuit
in Example 10.2, a
noninverting amplifier

Fig. 10.9 Figure of circuit 1kQ
in Example 10.3, an
inverting amplifier

200Q
2sin(10t)

According to rule 2, there is no current passing to the port. Therefore, a KCL at
node @ is written as:
Vo -V Vo - Vin
Z, I
Vin Vo - Vin
Z Z

I =1,

The ratio of output voltage over input voltage is obtained as:

As the equation shows, the output voltage depends on the ratio of feedback
impedance over the ground impedance as 1 + g—f, and it is inphase with the input

voltage.

Example 10.3 Considering an ideal opamp and unlimited voltage supply, find the
output voltage in the following circuit if the input is excited by a Vi, =2 sin(10#) V
(Fig. 10.9).

Solution The transfer function of an inverting amplifier is given by the ratio of the
feedback over the input impedances. Therefore,
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Vo Zy 1000

Vie  Zn 200
The output voltage becomes
Vo= -5V, = —5x%x2sin10t = —10sin 10t V

Example 10.4 Considering a supply voltage limit at +V,. = 4 8 V. Find the output
voltage from the circuit discussed in previous example.

Solution The output voltage of the circuit without any limit in supply voltage
amplitude was expected to reach 10 V peak. However, as the voltage is limited
to +4 V, the peak voltage is clamped at 8 volts. The result is a sinusoidal clamped at
4V peak.

—4 V, < —4
Vo=< —10sin10t —-4<V,<4
+4 V,>4

Figure 10.10 shows the output voltage of the amplifier. The figure shows that a
large gain does not mean that the output voltage is amplified to a very large voltage.

Example 10.5 Consider the circuit shown in Fig. 10.11. Find the limit of input
voltage amplitude before the output voltage is saturated (Fig. 10.11).

Solution The figure shows an inverting amplifier with the gain of

Vo —Z 10k
e A g )
Vin Zin 1k

Fig. 10.10 Figure of the
clamped output in a
saturated amplifier
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Fig. 10.11 Figure of circuit
in Example 10.5

Fig. 10.12 Figure of circuit
in Example 10.6

10 Operational Amplifiers

10kQ
+15V
\V =7
out
-15Vv
in v
out

The input voltage is therefore amplified tenfold. The limit of power supply is
shown as £15 V. This means any amplified voltage outside of this band is clamped.
To reach output of 15 V with a gain of 10, the input voltage must not be increased

above V;, = % =15V.

Example 10.6 Find the output voltage of the circuit shown in Fig. 10.12 when a

unit step is applied in the input (Fig. 10.12).

Solution The figure shows a noninverting amplifier, in which the transfer function

is obtained as:

Vo ZZ
= 1 R
Ve 7
From the circuit:
Z, =R
7 — 1
= sC
Therefore,
V()

=14+ RCs

E"
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Applying a unit step function

Results in:
1
V, =—(1 4 RCs)
)

Taking Laplace inverse obtains:
Vo(t) = u(t) + RC5(2)
Mathematical Operations

So far, opamps were used to scale a signal as an amplifier. Opamps can also be used
to perform other mathematical operations such as addition, subtraction, differentia-
tion, integration, unity follower, and comparator.

Adder

Operational amplifiers can add multiple signals with individually controlled gains.
Consider an inverting amplifier with multiple input impedances sources by various
voltages and connected to the inverting port. This circuit is shown in Fig. 10.13.

The voltage at node @ is virtually ground, because the noninverting port v is
connected to the ground. This causes currents to flow from the voltages to the node
and from the node to the output. A summation of these currents flow to the feedback
resistor as follows:

Fig. 10.13 Adder circuit R
with three inputs and R If f
inverting V1 I 1 1
R
v, L 2
\%
I R 3 out
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Vi—0
I =
R;
V,—0
I, —
2 R
[3:V3—0
R;

KCL at node @ shows:

Lh+L+1L=1I;
Vi Vo Vi 0-V,
VioVa Vs _

Ri 'R, Ry  Rs

Therefore,

R R R
V,=—Jy, -y, Ly,
R, Ry R3

If the input resistors are equal,
Ri=R,=R; =R

Then,

R
w=—%ﬁa+w+vg

Example 10.7 Find the output voltage of the circuit shown in Fig. 10.14 once
without supply voltage limit and once considering the given supply voltage limits.
Consider Vi =10V, V,= — 18V, V3=20V.

Fig. 10.14 Circuit used in

Example 10.7 10kQ f
10V
5kQ
-18v
0Ok Vout
20V
— -4.7V
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Solution The output voltage is obtained as

_ Ry Ry Ry
V, = 7, v R2V2 R3V3
15k 15k 15k
= —— 10— ——(—18) = ——20=49V
v 10k 0 Sk( 8) k20 =1

When there is no saturation, the output voltage reaches +9 V. However, the
supply voltage limit of 4.7 V limits the calculated output voltage of 9 V to
4.7 V. Therefore, the output does not exceed 4.7 V.

Example 10.8 In an adder circuit if all input resistors are equal Ry = R, = R3 = Rand
the feedback resistor is Ry = %R, find the output voltage.

Solution The output voltage is calculated according to:

Ry Ry Ry
V,=—2Lv,—-=Lv, - =Ly
0 Rl 1 R2 2 R3 3

Replacing the values yields:

1
Vo= —g(Vl +Vy+V3)

Example 10.9 Design a 4-bit digital to analog converter.

Solution A 4-bit binary number is known as b3b,b1by. The number in base-10
equals

2%50 4 2'by + 22b, + 23b4
Considering the bits b, to b3 as various inputs to the DAC, the gains need to be

obtained for each of these inputs are 20,21,22,23, respectively. Therefore, the circuit
is obtained as follows (Fig. 10.15):

Fig. 10.15 A 4-bit digital to R
analog converter

o
1/2 R
5 I+
1/4 R —
I:)2
1/8 R
b /
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Fig. 10.16 Subtracting R
circuit

f

Subtraction

Consider the circuit shown in Fig, 10.16. Two input voltages are applied to the
noninverting port and to a negative feedback amplifier through the inverting port.
This results in the output to be a gained subtract of the two voltages.
Since there are two outputs, the superposition can be applied. For this purpose, let
consider input voltages one by one while the other voltage is turned off, i.e., zero.
Effect of V; while V, = 0. The circuit becomes an inverting amplifier with the
output to be:

Vo _ Ry

Vi R

Now, consider the effect of V, while V; = 0. The circuit becomes a noninverting
amplifier with the gain calculated as:

V, R
_2:1+_f
V, Ry

Therefore, the output voltage under the effect of two signals is the summation of

Vo] + V02
Vi V,

Ry Ry
Vo=—2vi+(1+2L)v
R 1+< +R1> 2

Vo=

R
IfR—‘lf > 1
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Fig. 10.17 Circuit used in
Example 10.10

Fig. 10.18 An integrating C
circuit

Ry
Vo=—"2(V, =V
Rl( 2= V1)

Example 10.10 In a vehicle cruise control system, the measured signal must be
subtracted from the reference signal. Using an opamp, design a circuit to accomplish
this operation. (In this example, the speed is measured by an equivalent voltage.)

Solution There are two signals being subtracted. Figure 10.17 shows the circuit
diagram.

Integrator

The inverting amplifier circuit was discussed earlier. The gain of the amplifier was
obtained as the ratio of the feedback impedance over the input impedance. If the

feedback impedance is replaced with an integrating element such as a capacitor with

impedance é, the resultant transfer function becomes an integrator (Fig. 10.18).
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vo(t) = — (RIC) /vin(t) dt

In this transfer function, % is the gain, and % is the integrating agent. This transfer
function takes the integral of the input signal and scales the integrated signal.

Example 10.11 Find the output voltage of the following circuit considering a
sinusoidal input as vy, = 0.1 sin377 ¢ (Fig. 10.19).

vo(t) = — <RIC) /vm(t) dt

-1
= _— 1 1
Vo <1e3 = O.5e—6) /O sin 377tdt

vo = —2000 x 0.1 / sin 377tdt

200
vy = 377 cos 377tV

vo = 0.53cos 377tV

Example 10.12 Find the limit of gain in which the integrator circuit introduced in
previous example remains unsaturated. The supply voltage amplitude is £4.7 V.

Solution The output voltage of the integrator when the sinusoidal voltage of
frequency w is applied (in time domain) is obtained as:

1
Vo = _<R> /vsinwt:ﬁcosa)t

Fig. 10.19 Circuit used in 0.5uF

Example 10.11 |
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v
=47
RCw
Givenv = 0.1 V, and @ = 377 rad/s.
0.1
—— =47
RC x 377

RC =56.43¢ -6

Considering C = 1 pF, results in R = 56.43 Q.

Differentiator

Considering the gain of inverting amplifier, as the ratio of feedback to input
impedance, and taking input impedance as % yield a Laplace operator in the
numerator of the transfer function, making the system a differentiator. The
differentiator circuit is shown in Fig. 10.20.

The transfer function is obtained as follows:
R
— = ——=—RCs

Taking Laplace inverse of the function results in the output voltage as:

dvin(l)
f) = —RC—2~~
V()( ) C dt

Example 10.13 Considering v;,(f) = 5S¢ — 3 sin 4000zt, R = 1 MQ, and C = 1 pF,
in a differentiator circuit, find the output voltage.

Fig. 10.20 A differentiator R
circuit

out



414 10 Operational Amplifiers

Solution vol(t) = — RCM
dt
dS5e — 3sin 40007t
dt

vo(t) = —20m cos 40007z V

vo(t) = —le6b X le — 6

Comparator

This circuit compares two signals and sets the output as the supply voltage source
associated to the highest of the two. For instance, the output is +V,. if the voltage
applied to the noninverting port is higher than the voltage applied to the inverting
port. The output becomes —V,. if the voltage applied to the inverting port is higher
than the voltage applied to the noninverting port. This is shown as follows
(Fig. 10.21):

If

V>V =y =4V

v <y = vy = =V
This is due to the highest gain applied to the difference of

vi—v7
Infinite gain is saturated at the level of £V, to result in the pulse of appropriate
polarity. The speed of reaching the output to the highest level or “slew rate” is also
very high that makes the comparator operate almost instantaneous.

Pulse Width Modulation (PWM)

Knowing the operation of comparator circuits, if a DC voltage is compared with a
sawtooth signals, the result is a Pulse Width Modulation signal. The circuit is shown
in Fig. 10.22.

As the figure shows, the sawtooth is compared with a DC level voltage. Since the
DC voltage is connected to the noninverting port, when the DC voltage is higher
than the value of sawtooth, the output voltage becomes the value of V... As the
sawtooth becomes larger than the DC, the output becomes zero. This results in a

Fig. 10.21 A comparator Vv
circuit 1

out
V2
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A

DC
+VCC
—> +
>_ V
out
Sawtooth
—VC C—O

Fig. 10.22 Inputs of a comparator to generate controlled width pulses

pulse. To modulate the width of the pulse, the level of DC voltage can change.
Increasing the level of DC extends the on time of the V. and therefore extends the
width of the pulse. Lowering the value of DC also shortens the width of the pulse,
making the train of pulses a controllable PWM.

Note It should be noted that the maximum value of DC voltage should not increase
the amplitude of pulses, otherwise, the output voltage becomes a continuous step
function. In this condition, no pulse is created.

Unit Follower

To isolate different stages of an amplifier, because of their power needs, buffer layers
or isolation layers are utilized. Opamps can be used as a buffer stage to isolate the
input layer from output, while the output follows the input signal at a higher power
rating. Figure 10.23 shows a unit follower circuit.

In this circuit the noninverting input is virtually connected to the output layer
while it is being isolated through the infinite input impedance of the opamp. The
amount of power provided at the output depends on the power rating of the opamp.

In this circuit, the noninverting amplifier has a zero ohm feedback and an
infinite ohm impedance to the ground. Therefore:

Vo Ry
=1l4+4—==14+—=1
Vin Ry
VU Vln
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~

Fig. 10.23 A unit follower circuit

Function Builder

As it was explained, operational amplifiers were used to build functions in analog
computers. What was explained earlier in this chapter was formation of simple
algebraic equations, differentiators, and simple integrators. However, these func-
tions can vary from simple algebraic operations to complicated differential
equations.

Example 10.14 Using operational amplifiers, build a circuit to realize the following
differential equation.

y + 2y = sint

Solution The system requires an integrator and a summation. To convert the
equation to an integral equation, there is a need to take integral of both sides as
follows:

/(y' +2y = sint)

y+2/y:/sint
y:fZ/er/sint

As one of the signals is negative and one is positive, there are multiple ways to
implement the function. It is recommended that the signal sint is passed through an
inverting unity gain amplifier and then summed and integrated as shown in
Fig. 10.24.

Solving for y results in:
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R
. R
sin(t—M\— L

Fig. 10.24 Circuit realization for Example 10.14

The gains of the inverting integrator are, the coefficient for the [ sin 7 function as:

And the gain for 2 [ y term is:

Example 10.15 Design a circuit that builds dynamics of the following system.
V+2y +y=u.

Solution This circuit requires two integrators to form the state space equations as

follows:
y=xi

XIZXZ

Xo+204+x1=u

‘Which results in:

XQZ—)C]—2XQ+L£

Implementing these two equations through integrators is obtained as follows:
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Fig. 10.25 Circuit realization of Example 10.15

X1:XQ —>)C1:/)C2

xzz—x1—2xz+u—>x2:/—x1—2xz+u

The implemented circuit is shown Fig. 10.25.

Negative Immittance Converter

The NIC has one input and one output port. The impedance inversion might occur at
certain frequencies, but there is at least one frequency at which the impedance
measured at the input port is negative of the impedance connected at the output
port. The input and output ports are interchangeable, and the circuit is reciprocal.
The NIC can be constructed from any two-port device with voltage gain higher than
2. Chapter 12 discusses 2-port networks.

Negative Impedance

The circuit of Fig. 10.26 shows how an opamp can be utilized in imped-
ance converting circuits.
The current i equals:

Vin - Vu
VA

i:

The voltage of inverting port equals the V;,. Therefore, the current flows through
resistors R; as i; and i, become:
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Fig. 10.26 Opamp-based | 7 ]
negative impedance L=
converter .
]
v. —p
in \"
o
R1
i -
1 ] 2
Rl
. Vin
ll =—
R,
i Vo - Vin
2 R
And
i1 =1
Therefore,
VU = 2Vin

Replacing this into the current equation results in:

The entire circuit shows the negative of the feedback impedance at the input.
Therefore:

Zin= -7
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Fig. 10.27 Opamp based R
negative resistance
converter IV\/V\

i

v —p
n V
o
R1
i ‘. VVYV
1 ] 2
R

Negative Resistance (Fig. 10.27)

Following the same approach as in the negative impedance converter, the input
resistance becomes:

Rin =—R

Negative Capacitance (Fig. 10.28)

Following the same approach as in the negative impedance converter, the input
impedance becomes:
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Fig. 10.28 Negative C
capacitance converter I I
i
v —p
in Vo
A A Rll A
’1
Rl
Fig. 10.29 Negative Rl

V. ’ :[> v,

-

C

[ Y

l2
capacitance converter /\/V\/\
’2

Negative Inductance (Fig. 10.29)

The current i equals:

The voltage of inverting port equals the V;,. Therefore, the current flows through
resistors R; as ijand i, becomes:
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. Vin

ih=—

1 R

Vo —Vi
I = 1 - = C (Vo Vin)
FaC

And

=1
Therefore,

1
Vo=Vinll
m( +j0)R1C>

Replacing this into the current equation results in:

Vin - Vin<1 +jmlélc)

i:

R,
Rii = Vi
1=V
P wR,C
Vo _ —joR:C
1
Zin = —joRiC

Gyrator

A gyrator is an element with an input and an output port, known as a two-port device.
There is specific relation between the input and output parameters.

> —,
+ N I,
\" vz
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The input current #; is a linear scale of the output voltage v,, and the output
current i, is linearly proportional to the inverted input voltage v,. This means:
il =aVv

i2 = —aV

The scaling factor a is also known as gyration conductance. The impedance
conversion of an ideal gyrator is obtained as follows:
Vi

Zy =+
3

Replacing i; and v, values, results in:

i2 .
V1 - 1 bt )
Zl = — = a —

i av, o »

Considering the output admittance Y, and the direction of current that is out of the
admittance, yields:

Y, = b
V2
The input impedance becomes:
Z) = ! Y
1=ph

Example 10.16 Find the input impedance of a gyrator when a load resistance R, is
connected to the output port.
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Solution The output admittance is:

Therefore:
11

7 =——
! (ZzRL

Example 10.17 Find the input impedance of a gyrator when a capacitance C is
connected to the output port.

Solution The admittance of the capacitor is
Y2 = ]a)C
Replacing in the gyrator equation results in:

1

This imitates an inductor impedance of:
. C .
Z, = ]a)y = jwLeg

Therefore, at the input, the output capacitor imitates an inductor of value a—Cz

Example 10.18 Find the input impedance of a gyrator when an inductor L is
connected to the output port.
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Solution The output admittance of an inductor is:

1
Y =—
: JjoL
Replacing in the gyrator equation results in:

1 11 1

7 = — - =
T2 Rjwl jold?

Therefore, at the input, the output inductor imitates a capacitor inductor of value
2
a’L.

R
' joLla®  joCe

Therefore:
Ceq = a’L

Example 10.19 Find the input equivalent of a gyrator when a voltage source E is
connected to the output port.

. )
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Solution The input voltage and current relation is:
i 1 =avy
i2 = —aVv]

When a voltage source is connected to the output, the voltage v, = E regardless of
the output current i,. Therefore,

h=an=aF
The input voltage is as follows:

_1.
Vi =—1I
a

Since the current i, of a voltage source E can be ideally any value, this equation
imitates that the voltage in the input can take any value. However, the amount of
current in the input is bounded by the value of the voltage source E. This fits into the
operation of a current source in the input.

Therefore, the voltage source E is converted to a current source of value I = « E.

Example 10.20 Find the input equivalent of a gyrator when a current source / is
connected to the output port.

v, (M)

Solution The input voltage and current relation is:

ilzavz

i2 = —QaVv]

When a current source is connected to the output, the current i, = I regardless of
the output voltage v,. Therefore,
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-1
V) = —1
a

The output voltage across the current source can take any value. Therefore, the
input current can take any value as follows:

i1 = aVy

Since the voltage v, of a current source / can be ideally any value, this equation
imitates that the current in the input can take any value. However, the amount of
voltage in the input is bounded by the value of the current source /. This fits into the
operation of a voltage source in the input.

Therefore, the current source / is converted to a voltage source of value V = é[ .

Realization of a Gyrator in Circuits

A gyrator can be realized using operational amplifiers. The circuit creates a voltage
controlled current source (VCCS) when the input current is zero and the output
current is controlled by the input voltage.
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Problems

10.1.

10.2.

10.3.

10.4.

10.5.

10.6.

10.7.

Design an inverting amplifier to obtain gain 100. What is the output voltage if
the input is v;,(f) = 0.2 sin ¢ V. Discuss the choices you made for the input and
feedback impedance.

An inverting amplifier has the gain of 500. Calculate and sketch the output
voltage when the input is 0.2 V at 1 kHz.

An inverting amplifier has the gain of 500 and the source voltage of +15 V.
Calculate and sketch the output voltage when the input is 0.2 V at 1 kHz.
The frequency response of an inverting amplifier with gain 50 is shown. Find
the output voltage at the given frequencies.

A

vV A
100%
50%
30%

[

100k 150k 250k f(Hz)

(@ vo=5atf=1kHz
(b) vip=5atf=5kHz
() vin=5atf=10kHz
(d) vin=5atf=15kHz
(e) vin, =5 atf= 100 kHz

The frequency of a 100 mV signal to be amplified is 40 kHz. Find the slew rate
required from an operational amplifier.

Slew rate of an operational amplifier is 2 V/ms. Is it suitable for the following
cases:

() 10V, 5 Hz
(b) 10V, 10 Hz
) 10V, 50 Hz
(d) 10V, 500 Hz

Find the slew rate required for each of the following signals.

(a) 1V, 500 Hz
(b) 1V, 1kHz
() 1V, 100 kHz
(d) 1V, 10 MHz
(e) 5V, 500 Hz
(f) 5V, 10 kHz
(g) 5V, 100 kHz
(h) 5V, 10 MHz
(i) 15V, 500 Hz
() 15V, 1 kHz
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() 15V, 100 kHz
1) 15V, 10 MHz

10.8. Design a noninverting amplifier at gain of 51. What is the output voltage if the
input is vi(f) = 0.2 sin ¢ V.

10.9. Design a noninverting amplifier at gain of 1001. What is the output voltage if
the input is vi,(f) = 0.2 sin ¢ V.

Add, Subtract

10.10. Design a circuit to perform the following operations, x;, x,, x3, inputs; y,
output.

(@ y=2x + 10x,

(b) y=x; + 5x, — 6x3

(©) y=10(x; + x5 — x3)
(d) y= —10(x; + x2 — x3)

Differentiators

10.11. Design a differentiator circuit using inductors to have gain of 30. What is the
output of the amplifier if the input is v;, = 0.5 sin 500z.

10.12. Design a differentiator circuit using a capacitor to have gain of 100. What is
the output of the amplifier if the input is vy, = 0.05 sin 500z.

10.13. Using opamps build the following signals, wherein x, xj, x,, input; y,
output.

(a) y = 204 o
b)) y= —0.17%4-%
©y= 150%

Integrators

10.14. Design an integrator circuit using inductors to have gain of 30. What is the
output of the amplifier if the input is v;, = 0.5 sin 500z.

10.15. Design an integrator circuit using a capacitor to have gain of 100. What is the
output of the amplifier if the input is vy, = 0.05 sin 500z.

10.16. Using opamps build the following signals, wherein x, xj, x,, input; y,
output.

(@) y=12 [ xdt
(b) y =150 [ xydr + 0.1 [ xpdt
(c) y=2800 [ [ xdt

Build Analog Computers

10.17. Build an operational amplifier circuit to implement the following systems (x,
input; y, output)
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(a) PID controller that takes error as e = x — y. A proportional, integral, and
differential of the error is needed.

(b)y +3y=x

©y+y+3y=x

(d) y+ 5y +6y:/xdt

(€) §+ 11y +30y = % + 5x
) y+ 11y +30y=%+x +=x

10.18. Design an 8-bit digital to analog converter.
10.19. Find the output voltage in the following circuit.

R

C

Rin _|

vin _\/\/\/\/_

10.20. Find the output voltage in the foFowing circuit.

10.21. Find the output voltage in the following circuit.
R

C

o o [
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10.22. Find the output voltage in the following circuit.

R1 RZ



Chapter 11 ®)
Active Filters Creck o

Introduction

Filters are frequency selective circuits. This means that they deliberately allow or
block a range of frequencies while passing from input to output. Passive filters were
circuits that accomplish this task by utilization of passive circuit elements such as R,
L, and C. The maximum gain of the output signal is 100% of the input signal when
operated at the resonant or at a frequency with orders of magnitude higher or lower
than the cutoff frequency.

However, to amplify and filter the signals at the same time, an active element such
as opamp can be utilized. These circuits are called active filters. The gain of these
filters can be adjusted as it is explained in this chapter. There are several devices that
can create active circuits: (1) a high gain operational amplifier (at least 60 dB), (2) a
low gain voltage amplifier (20 dB or less), (3) a two-port device that can make the
impedance connected on one terminal appear negative on the other terminal called
negative immittance converter (NIC), and (4) a gyrator that converts capacitance to
inductance and inductance to capacitance.

Active Low-Pass Filter

As it was explained earlier, the gain of an inverting amplifier utilizing opamp can be
written as the negative ratio of the impedance at the feedback branch over the
impedance at the input branch. Figure 11.1 is a reminder of how the operational
amplifier gains when being used as an inverting amplifier can be obtained.

To design any type of filter, it should be noted that decreasing impedance at the
feedback decreases the gain of the amplifier and decreasing the impedance at the
input line increases the gain of the amplifier. The impedance on these branches can
be adjusted by frequency which turns the circuit into an active filter.
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Fig. 11.1 Inverting Feedback
amplifier gain is directly Impedance
proportional to the

impedance at the feedback

and inverse of the input Input
impedance. The output . Impedance
voltage waveform is 180
out of phase from the input V. — z
voltage

Zs

Fig. 11.2 Realizing an C
active LPF using a parallel f
RC circuit at the feedback. | |

The capacitance in parallel
to the resistor controls the
impedance of the feedback R

at various frequencies.

Hence, the gain at various R. _\/vv\/_
frequencies can be

controlled vin —\/VW—

LV

out

Active Low-Pass Filters Using Feedback Impedance

To design a low-pass filter, if considered on the feedback line, the impedance must
decrease as the frequency increases. In the meantime, it must be limited to a resistive
circuit at DC to provide suitable amplification.

Consider a parallel RC circuit. As the frequency drops, the equivalent of an open
loop capacitor and a parallel resistor is the resistance of the resistor. As the frequency
increases, the capacitor becomes a short circuit and makes the equivalent circuit a
short circuit. Once used on the feedback line, the change of impedance and its
consequent amplifier gain change are aligned with what a LPF does. Figure 11.2
shows an active LPF circuit.

The transfer function of the filter is obtained by dividing the impedances of
feedback over the input, as follows:

Ryl

TF(s) = — R
mn
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Rfﬁ 1
TF(S) _ _RH»ﬁ _ Rf 1 _ Rf Rfo
R, R;, RfoS +1 Ry, s+ ﬁ
TF(s) = —K—2¢
S + o,

where K = g—’ is the gain of the filter and @, = ﬁcfis the cutoff frequency of the

in

circuit.

Active Low-Pass Filters Using Input Impedance

The input impedance as stated before has a reverse effect on the gain of an inverted
amplifier. To form a low-pass filter, the input impedance should be very low at low
frequencies and should increase at higher frequencies. This means utilization of an
inductor. To prevent high gain at low frequencies (inductor becomes a short circuit),
a resistor needs to be connected in series with the inductor. Figure 11.3 shows the
low-pass filter circuit realized with a RL series circuit in the input impedance.

The transfer function of the filter can be obtained as follows:

TF(s) = Ry
V= Rin + sLin
R
Ry 1 Ry I
TF(s) = —% Ln Ry,
Rm1+SR—in RmS‘FT
),
TF(s) = — H‘w
C

where K = Ilg—f is the gain of the filter and @, = Iz— is the cutoff frequency of the

circuit.

Fig. 11.3 Realizing an R
active LPF using a series
RL circuit at the input

out
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Active High-Pass Filters

In high-pass filters, the gain should increase as the frequency increases. That means
if a feedback impedance is utilized, it should increase by frequency, and if an input
impedance is utilized to realize the filter, the value of the input impedance should
decrease as the frequency increases. At DC, the gain should be zero.

Active High-Pass Filters Using Feedback Impedance

Inductors’ impedance increases by frequency. Therefore, a parallel connection of an
RL circuit at the feedback performs as a high-pass filter. Figure 11.4 shows the high-
pass filter realized by using a RL at the feedback. At low frequencies the inductor
becomes a short and the gain of the amplifier is negligible. At high frequencies the
inductor shows an extremely high impedance. The equivalent resistance in the
feedback becomes the value of Ry which limits the gain of the amplifier. This type
of frequency response resembles a high pass filter.
Transfer function of such filter can be obtained as follows:

Ry||sL
Rin
RysLy R I R
TF(S) — _Rf+SLf — S SLy — S SR
Rin Rin Ry + 5Ly Rins + L—;
S
TF(s) = -K
S+ W,
where K = ﬁ—c is the gain of the filter and w. = IZ—: is the cutoff frequency of the
circuit.
Fig. 11.4 Realizing an L

active HPF using a parallel
RL circuit at the feedback

out
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Fig. 11.5 Realizing an R
active HPF using a series
RC circuit at the input

out

Active High-Pass Filters Using Input Impedance

To realize active high-pass filter by adjusting the input impedance of an inverting
amplifier, a series RC circuit is utilized. The capacitor generates high impedance at
DC, and this makes the gain of the amplifier become very small. As the frequency
increases, the input impedance decrease and causes an increase in the gain. The filter
circuit of an active high-pass filter is shown on Fig. 11.5.

The transfer function of the circuit can be obtained as follows:

R
TF(s) = ——L+
Rin + 5Cin
R R
TF(s) = L S E o
Rin + sC Rin s + RuCin s + @
where K = §—£ is the gain of the filter and o, = ﬁ is the cutoff frequency of the

circuit.

Active Band-Pass Filters

Band-pass filters can be made by either combining the low- and high-pass filters or
by designing a new circuit approach. Figure 11.6 shows an active band-pass filter as
a combination of both impedances on the feedback and in the input. Using RC
circuits requires a parallel branch at the feedback and a series branch at the input. The
gain is small at DC because of the high input impedance. The gain also drops at high
frequencies because of the small impedance at the feedback.

The circuit transfer function is obtained as follows:

Ryl
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Fig. 11.6 Realizing an C
active BPF using a parallel f
RC at the feedback and a
series RC circuit at input.
This is a combination of
LPF and HPF where the Rf
cutoff frequencies of the R fo
LPF and HPF are selected to in in
form a BPF \" _\/VW_| I_
n
Vv
out
R, R
Ry i i
]f RC sl RCpstl Ry
TF(s) — SarI ST S, RyCystl
(5) =~ RuCs T = T RaCuril = " RaCpril = RuCyotl
$Cin 5Cin $Cin 5Cin
R¢Ciys R¢Ciys
TFe) =~ (& DR n -
B T Rl o) )
o RfCinS
RfoRinCin (S + Riflcf) (S + Rimlcin)
1 s
CiRin (2 1 1 11
fin (s +\7c; Trcn)S TR, CRuCn
1 1
B 1 (Rfcf + Rmcm)s
R (41 N A 1
CyRin (Rfc -t R;"Cm> (S + (Rfcf + RinCi“)S + Rfc_,Ri“cm)
1 1
- 1 (Rfcf + RinCin)s
n Ry  Cr 2 1 1 1 1
( ¥ + Cin) (S + (R/Cf + RinCin)s + RfoRinCiu)
BWs

(s> +BWs + o)

1 : _(_1 1 :
where k = m, bandwidth BW = (W + m), and the natural frequency is
Ry
W} = L
0 RyCy Ry Ciy

Normally, to form a band-pass filter, the cutoff frequency of the high pass is lower
than the cutoff frequency of the low pass. This creates a band of frequencies that pass



Active Band-Pass Filters 439

to the output. This circuit has no resonant frequency, and therefore the unamplified
maximum value of the transfer function is less than 100%. Of course the operational
amplifier can boost the maximum.

Active Band-Pass Filter Using a Combination of Low-
and High-Pass Filters

A cascade combination of low-pass and high-pass filters can also perform as a band-
pass filter as long as the cutoff frequencies of the low pass and high pass meet certain
criterion. The filter is shown in Fig. 11.7.

The following procedures can be utilized to design and implement active band-
pass filters (Fig. 11.8):

1. Design an active low-pass filter with unity gain and cutoff frequency of ¢y p.
2. Design an active high-pass filter with unity gain and cutoff frequency of wcyp.

RLP

RHP

RHP

Fig. 11.7 Cascade connection of two active filters with LPF and HPF configurations and a final
gain stage. Overall, the circuit operates as a BPF. The cutoff frequency of LPF is larger than the
cutoff frequency of HPF

Fig. 11.8 In a BPF, the LPF HPF
cutoff frequency of LPF can
be considered larger than the
cutoff frequency of HPF

v

=
g

CHP CLP
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To create a band-pass filter, the cutoff frequency of high-pass filter should be
lower than the cutoff frequency of the low-pass filter, or:

wchp < WCLP

3. The last stage is to apply gain to the filtered signal and amplify the signals in the
desired band of frequencies.

Unity gain low-pass and high-pass filters are desired because they do not amplify
the signal that is going to be filtered by the next stage. Once the signal is filtered, a
suitable gain is applied to amplify it to a desired level.

Transfer Function of a Band-Pass Filter

The circuit transfer function is obtained by series connection of three blocks as
shown in Fig. 11.9.
Transfer function of the overall system is obtained as follows:

M s R N

L
TF(s) = ——%— X — X !
s+ L_]LJ; s+ RupCrp Rin

TF(s):—k( Par o )

S+ wcLp  §+ @wcup

The gain of this filter is set by the last stage and equals % and the cutoff

. 9
in

frequencies @wcrp and wcyp can be obtained from individual filters.

Active Band-Reject Filters

To obtain a band-reject filter, the combination of a low-pass and high-pass filters
should change from series to parallel, and their summative effort should be amplified
in the third stage. A band-reject filter circuit which is formed by adding the output of
a low-pass filter to a high-pass filter is shown in Fig. 11.10.

7, =

/L
1
R s+ )
s+/L RC R,

Fig. 11.9 Block diagram equivalent of the BPF which was a combination of transfer function of the
LPF and HPF, and the gain stage
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LPF

Vin —_— amp —> vout

HPF

Fig. 11.10 Realizing an active BRF using a combination of LPF and HPF

Fig. 11.11 Realizing a BPF

by a combination of LPF A LPF HPF
and HPF. The cutoff
frequency of the LPF is
lower than the cutoff
frequency of the HPF. R
@cHp > WCLP

v

WCLP WCHP

The following procedures can be utilized to design and implement active band-
reject filters (Fig. 11.11):

1. Design an active low-pass filter with unity gain and cutoff frequency of wcyp.
2. Design an active high-pass filter with unity gain and cutoff frequency of wcyp.
To create a band-reject filter, the cutoff frequency of high-pass filter should be
higher than the cutoff frequency of the low-pass filter, or:

@WCHP > WCLP

3. The last stage is to apply gain to the filtered signal and amplify the signals in the
desired band of frequencies.

The filter transfer function can be obtained as follows (Fig. 11.12):

RIC N Rf
TF(s) = —(—Rele 4 % )

1 R
s+ RipCrp s+ RupCrp mn

TF(s):k( Pelb 4= >

S+ wcLp  §+ @cup
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Fig. 11.12 Realization of a
BRF by summation of a LPF
and HPF

Fig. 11.13 Multiple
feedback circuit

Multiple Feedback Opamp Circuits (MFB)

This circuit receives two sets of feedback from the output voltage. Figure 11.13
shows a MFB circuit in which the nodes 1 and 2 receive feedback through resistors
R; and Rs, respectively.

The circuit analysis shows that the voltage of node 2 is zero because it is virtually
connected to the noniverting port of the opamp. Therefore, the current of Ig,
becomes:

It is required to find the voltage of node 1.This results in the currents of resistors.
KCL in node 1 shows: (It is assumed that the input voltage V;, sources the current
to the circuit through R,. Therefore:
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Va—Vi Vi—V, Vi V-V
e e el

0
Ry R; R, R4
V=0
v 1+1+1+1 7V,-n+V0
! R] R2 R3 R4 - Rl R3
Since the input impedance of the Opamp is infinite:
Ip, = Ip,
Vo Vi
Rs Ry
Or:
R
Vi=—V,
Rs
Replacing in the KCL equation results in:
R4V 1+1+ 1 +1 _Vin+V,)
Rs "\Ri R, Ry Ry) R Rs
Ry 1 1 1 1 1 Vin
N\l ottt o ) o Vo =2
(Rs (Rl R TR +R4) +R3> R,
VO _ . Vin
L1141 1
R (R—i(ze—lﬂ—ﬁx—ﬁk?) +R7)
Considering:
1 1 1 1
_:G9_:Ga__G’ _G?_:G
R LR 2 R >R 4 Rs 5
V() —G1G4

Vin  Gs(G1+ Gy + Gy + Gy) + G3Gy4

Creating a Low-Pass Filter

The circuit can be converted to a low-pass filter with the following replacements:

* The conductance of G, is replaced by a capacitor of admittance jwC,.
* The conductance of Gs is replaced by a capacitor of admittance jwCs.

443
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Fig. 11.14 Low-pass filter
using multiple feedback
operational amplifier

Considering these replacements, the circuit of a LPF is shown in Fig. 11.14.
The transfer function in steady state sinusoidal analysis becomes:

& _ -GGy
Vin _ja)Cs(Gl +jwCsr 4+ G5 + G4) + G3Gy

Simplification results in:

Vo -GGy

Vin  (G3G4 — @?C1Cs) + jwCs(Gy + Gs + Gy)

At low frequencies,

Vo —G1Gy Gy
o — 09 e B : =
Vin  (G3G4 — 0°C,Cs) + jOCs(Gy + G3 + Gy) G;

The DC gain of the amplifier is g—;
At high frequencies
Vo —G1G4 G1G4 .

0 — 00, — = —

Vin (G3G4 - OOZC2C5) +jOOC5(G] + G; + G4) o0

0

This shows the behavior of a LPF. Considering

C=C;=C&G1 =G3=G4 =G
1

Ve = Re

The transfer function of the filter in Laplace domain can be expressed by
considering s = jw as follows:
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Vo . —G1Gy
Vin o 52C,Cs + sCs(Gy + G3 + Gy) 4+ G3Gy
GG
Vo ~ G50 G3Gy

Vin - 52 +SW C,Cs

Creating a High-Pass Filter

To build a HPF, the following elements need to be replaced.

* The conductance of G is replaced by a capacitor of admittance joC,

* The conductance of Gj is replaced by a capacitor of admittance jwCs

* The conductance of G, is replaced by a capacitor of admittance joCy
The circuit configuration is shown in Fig. 11.15.

Considering the circuit element replacements, the ratio of voltages becomes

V() a)2C1C4

Vin  Gs(jwCi + Gs +joCs + joCy) — @2C3Cy

V() w2C1C4

Vin (Gz — w2C3C4) +ij5(C1 + C; + C4)

At low frequency,

1% 0’
w—0, 2= €16y =0

Vin (Gz - 02C3C4) +Jj0Gs(Cy + C5 + Cy4)

At high frequency,

Fig. 11.15 High-pass filter
using multiple feedback
operational amplifier
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VQ —0)2C1C4 o —a)2C1C4 - C1

@ oo V_in: 0] 2 2 _—0)2C3C4_C3
V(G2 = @2C3Cy)* + (0Gs (€1 + €3 + Cy)

The zero DC gain, very low gains at low frequencies, and gain of % at high
frequency correspond with characteristics of a HPF. Considering:

Ci=C3=0C=C&G, =G5 =G

The cutoff frequency is:

1
0, = —
“ RC
The transfer function of the HPF is:
VQ - —S2C|C4
Vin a s2C3Cy + sG5(C1 + C3 + C4) + G2Gs
2CiC.
Vo _ G
Vi s2 4 S—Gs(cggz+c4) %
2C
Vo e
Vin 524 S7G5(C‘Ctgj+c“) + %

Creating a Band-Pass Filter

The following replacements in the MFB circuit make it a BPF.

* The conductance of Gj is replaced by a capacitor of admittance jwCs,
» The conductance of G is replaced by a capacitor of admittance joCy,

The circuit configuration is shown in Fig. 11.16.
The circuit transfer function becomes:

& - —ijl C4
Vie  Gs5(Gi + Gy + joCs + joCy) — 0?C3Cy
Vo —joGCy

Vi  —@?C3Cy + Gs(Gy + Gy) + jwGs(C3 + Cy)

At low frequencies:
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Fig. 11.16 Band-pass filter
using multiple feedback
operational amplifier —C

Vo —j0GCy
w—0, o-=—0% ; =
Vin  —0°C3C4 + Gs5(G) + G2) +jOGs(C3 + Cy)
At high frequencies:
Vo —ij1C4 1
a — OO’ _— = — = O

Vio —@*C3C4+ G5(Gy + Gy) +jwGs(C3 + Cy) @

Somewhere between these high and low frequencies, the amplitude increases and
becomes non-zero. This resembles the behavior of a BPF.
The transfer function of the BPF becomes:

V() o —SG1 C4
Vin - 52C3C4 + SG5(C3 + C4) + G5(G1 + Gz)
Gi
Yo _ e
Vin 2 +SG5(g338:;CA) GS(gIZ‘;G2>
The bandwidth of the filter is:
Gs(Cs + Cy)
BW=——-
C3Cy
The filter gain is:
G, C
Gain = s
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Problems

11.1. Design an inverting active low-pass filter to amplify the frequencies below
1kHz with gain of K = 150.

11.2. Design an inverting active high-pass filter to amplify the frequencies above
500Hz with gain of K = 100.

11.3. Design an active band-pass filter to amplify the frequencies between
500 and1000 Hz with gain of K = 200.

11.4. Design an active band-reject filter to eliminate the frequencies between
500 — 1000 Hz with gain of K = 200.

11.5. Determine the type of filter in the following circuit.

R

C

R,

Vin _\/\/v\/_

11.6. Determine if the following circuﬁ:an be a filter?

\")

in

11.7. Determine the type of filter in the following circuit.
R

C

R Cin |
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11.8.

11.9.

11.10.

11.11.

Design a second-order active low-pass filter to amplify the frequencies below
1 kHz with gain of K = 150. Sketch the circuit and determine the component
values.

Design a second-order active high-pass filter to amplify the frequencies
above 500 Hz with gain of K = 100. Sketch the circuit and determine the
component values.

Design a second-order active band-pass filter to amplify the frequencies
between 500 and 1000 Hz with gain of K = 200. Sketch the circuit and
determine the component values.

Design a second-order active band-reject filter to eliminate the frequencies
between 500 and 1000 Hz with gain of K = 200. Sketch the circuit and
determine the component values.



Chapter 12 ®)
Two-Port Networks hack or

Introduction

A network is a combination of one or several electric circuits that together perform
a specific action. The network might have several inputs that receive excitations and
outputs to show the results. A port is a set of two terminals that allows for a source to
connect and excite the network or connect a measurement device and record the
response. For instance, a voltage source connected to a port of a network may cause
currents to flow through the network and voltage drops to appear across the
elements. To measure any of these currents or voltages, terminals may be extended
to demonstrate some measurement locations, forming an output port. This forms a
two-port network. Similarly, two-port networks can be easily expanded to multiple-
port networks each showing a parameter in the circuit. Figure 12.1 shows a circuit
and the process to consider it as a two-port network.

The benefit of showing a circuit as a two-port network is the capability of
representing the network in mathematical forms. Similar to transfer functions, the
mathematical terms are defined for a specified input port to a desired output port. The
mathematical expressions present several characteristics such as impedance, admit-
tance, transmission, or a combination of these terms in hybrid forms. Each of these
characteristics is unique and is defined regardless of the type of the input and the type
of the output. It means that only ports matter and the type of source or element
connected to the port is irrelevant to the mathematical expression of the network.
Once the network is presented in terms of impedance, admittance, or others, the
network can be used in mathematical forms, and the response to several excitations
can be obtained. Networks can also be connected in series or parallel and depending
on their characteristics and their mathematical terms can be combined to represent a
larger network. However, that network is also presented as a two-port network.
Figure 12.2 shows a network matrix N and the set of input and output ports. In this
network, the set of voltages at the input and output ports are V;, V>, and the set of
currents at those ports are 11, I,. These voltages and currents might be AC or DC.
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Fig. 12.1 A circuit showing
an input terminal that

Y~

connects to a source V| and +
an output port which is the v —_ Vv
measured voltage across the ! C—0r
capacitor I -
=
Fig. 12.2 Terminals of a [1 I
two-port network system N 2
| — —=
v, Port 1 Network N Port 2 v,
- —— — -
I 1 1 2

In a two-port network, the voltage and current in the input port will cause a
voltage or current in the output port. This means that the presentations of the network
have to fit in a 2 x 2 matrix. Depending on the grouping of the parameters, several
presentations can be obtained.

For instance:

{“;1 } =N Bl } where N shows the impedance of the network and hereafter is
2 2

shown by Z:

Hl } =N { “;1 } , where N shows the admittance of the network and hereafter is
2 2

shown by Y-

[‘I/l ] =N [ ‘1/2 ] , where N shows a transmission matrix and hereafter is shown
1 2

by T:

This chapter discusses these mathematical representations and the process to
obtain them.
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Fig. 12.3 System network I, 1,
is shown as impedance > ——
+ Zy, Z,
v Port 1 Port2
1 7 7 2
- ]_e 21 22 9_[ -
1 2

Impedance Matrix of a Two-Port Network

In this representation of the network, the entire circuit is expressed by a Z, . , matrix
that defines transfer functions as the ratio of port voltages to the network’s port
currents. The elements of the matrix show how the voltage at the network ports
varies by the current variations through the ports. It is considered that the direction of
currents is entering the ports (Fig. 12.3).

The equations that represent an impedance network are as follows:

Vi=2ul +Znl,
Vo =27l +Zxnl,

Vi| _|Zu Zn||6L
Vs Zoyy Zn| |2
Impedance matrix has four elements of Z;;, Z15, Z>1, Z5;:

* Z;; shows how the voltage of port 1 is related to the current of port 1.
* 7> shows how the voltage of port 1 is related to the current of port 2.
* 7, shows how the voltage of port 2 is related to the current of port 1.
* 75, shows how the voltage of port 2 is related to the current of port 2.

To measure each of the impedance matrix elements, only the voltage and current
related to the element will have values, and the other parameters are considered zero.
For instance:

Note 12.1 This shows that to measure or calculate Z;, only V; and /; are required
while imposing I, = 0. This requires that the source at the second port be removed or
disconnected to prevent current I, from flowing.
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Similarly:
\%
Zip=—
I 1,=0
Vs
Zy = A
11,=0
Vs
Zzz —_ .
I 1,=0

Note. 12.2 In networks without dependent sources, the matrix elements Z;, and Z,;
will become similar, i.e.:

Zip =2y

These networks are called reciprocal.

Equivalent of an Impedance Network

Most of the time, a two-port network can contain multiple loops and nodes. A matrix
representation may also not be suitable when cascade networks exist or when part of
the original network is missing. Therefore, the two-port network can be simplified to
a T-equivalent network.

Reciprocal Networks
T Model

As mentioned earlier, an impedance network might be reciprocal if it does not
contain dependent sources. In a reciprocal network, a two-loop network that shares
a common element is presented. The element that is shared in both loops is either Z;,
or Z,1, as Zy, = Zy;. Other elements in the first loop is Z;; — Z;, and in the second
loop Z,, — Z;,. This forms a T network as shown in Fig. 12.4.

Flg. 12.4 T equivalent for Z,-Z, Zy—Z,,
an impedance network

ZIZ
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Nonreciprocal Networks

In a nonreciprocal network, there exists at least one dependent source that makes the
Z, and Z,; different. There are two approaches to model the impedance matrix by
(1) having two separate loops or (2) having loops that share one element.

Separate Loop Model

In this model (shown in Fig. 12.5), the first loop current /; flows through Z;;. The
loop contains a current-dependent voltage source with value of Z,,/,. Therefore the
KVL becomes:

Vi=2Zuli +Zpl,

In the second loop, the current I, flows through impedance Z,,. A current-
dependent voltage source with value of Z,,/; is also added to form a KVL as:

Vo =2yl + Zxl>

Element-Sharing Loops

When two loops share one element, the impedance matrix must be written such that a
positive element exists in each of the four components, as described below.
Consider the original impedance matrix as follows:

Zn Zn
7 =
{221 Zzz]

Consider a shared element Z,, exists in all four components of Zy,, Z», Z51,
Z»,. Therefore, the impedance matrix becomes:

,_[2+20 Zu+a
N Zm +ﬂ ZZ +Zm

The equivalent element in loop 1 of the 7 model becomes impedance Z; and a
current-dependent voltage source with value of al,. The shared element between the
loops becomes Z,,, and the second loop becomes the impedance Z, and a current-
dependent voltage source with value of pI;. The equivalent circuit is shown in
Fig. 12.6.
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Fig. 12.5 Impedance Z, 7
network equivalent in
separate loops. The
dependent voltage sources
show the dependency of the
generated voltages

22

+
I/1 ZIZIZ ZZ][I

|NY+

Fig. 12.6 Element-sharing
impedance equivalent loops

Example 12.1 Find the impedance matrix of the circuit shown in Fig. 12.7.

Solution The two-port network shown in Fig. 12.1 forms a T network with a shared
element. To obtain the impedance matrix, there are multiple methods. Some of them
are explained in this example.

Method 1 Classical approach
In this method, the definition equations such as Z;; = ‘,/—1‘ are used. To obtain

Z1, port 2 is considered without a source; therefore, I, = 0. That makes the circuit as
shown in Fig. 12.8.

Since I, = 0, a KVL in this loop results in:
V1 = 10I; + 20I; = 304

The ratio of ‘I/—l‘ is obtained as follows:

In the same circuit, the voltage generated at port 2 can be calculated as:
V, =201,
The impedance element Z,; can be calculated as follows:

1% 201
Zn=-2 ="L=20
Lil,, &
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Fig. 12.7 Circuit of I
Example 12.1 Y 100 INSQN ?
4 200 £
Fig. 12.8 Circuit when the 1.=0
output current is forced to 1 1 10Q 150 2
zero —\/VV\/—é
4 200 £
Fig. 12.9 Circuit when the I
input current is forced 15Q 2
to zero
20Q v,

Now considering the current of port 1 as zero, I; = 0, the circuit is shown in
Fig. 12.9.
In this case, Z,, and Z;, can be calculated as follows:

Vs
Zy =—
I 1,=0

KVL in loop 2, when I; = 0, results in:
V, =151, 4+ 201, = 351,
The ratio results in:

1% 351
-2 =22 _350

Zyp =
Ly DI

When I; = 0, the voltage in port 1 is calculated as:
Vi =201,

The element Z;, can be calculated as follows:
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14 201
Zn=—| =2"2=200
I 1
2 1,=0 2

Since there is no dependent source in the circuit, the impedance matrix is reciprocal,
meaning that:

Zin =2y
And by calculations, it was demonstrated that:
le = Zz] =20Q.

The impedance matrix becomes:

30 20
Z‘[zo 35]

Method 2 Using T matrix analysis
As Fig. 12.7 shows, a T network exists. Comparing side by side with the
T network, Z;, can be obtained by adding all impedances existing in loop 1. It
means:
In loop 1:
Zy; = 10420 =30Q
In loop 2:
Zy =15420=35Q
The shared element between two loops is the Z;, = Z,;. Therefore:

Zyp =2y =20Q

The impedance matrix becomes:

Z=120 35

30 20]

Alternative Approach in Impedance Matrix

Consider the circuit shown in Fig. 12.10.
The impedance matrix becomes:
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Fig. 12.10 A T network Z Z,
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Fig. 12.11 Circuit of 30Q
Example 12.2 208
40Q
Fig. 12.12 Circuit of 200 30Q2
Example 12.3
2s

,_[Z+ze 2z
N Zc Zb+Zc

Example 12.2 Find the impedance matrix of the circuit shown in Fig. 12.11.

Solution
7 20 + 40 40 |60 40
- 40 30440 |40 70

Example 12.3 Find the impedance matrix of the circuit shown in Fig. 12.12.

Solution

7 20 + 2s 2s
o 2s 30 4+ 2s

Example 12.4 Find the impedance matrix of the circuit shown in Fig. 12.13.

Solution

S_[l6+12 12 ] _[28 12
o120 o+12] (12 12
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Fig. 12.13 Circuit of 16Q2
Example 12.4

12Q
Fig. 12.14 Circuit of
Example 12.5
15Q
Fig. 12.15 Circuit of I, I,
Example 12.6 +
10 /10 ,
¥, =100£0 Z=| 10Q 2
j10 20

Example 12.5 Find the impedance matrix of the circuit shown in Fig. 12.14.

Solution
7 _ 0+15 15 |15 15
- 15 0+15| |15 15
Example 12.6 The output of an impedance matrix (Fig. 12.13) feeds a 10 Q

resistor. If the input port voltage is V| = 100 £ 0 V, find the currents /; and I, and
the output voltage (Figs. 12.14 and 12.15).

Solution The impedance matrix shows the relations of the input and output port

voltages and currents as:
Vil _|Zu Zn||h
Vs Zyy Zyn ||

Therefore:

Vi| 110 j10| |1,
Vo| = [j15 20| |1,
The output port voltage V; is a function of the load resistance and current as follows:

V, = 101,

Replacing V; = 100 £ 0 and V, = — 101, the network equations become:
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[ 100 ] _ [10 jl()] [11]
-10L,] ~ lj15 2011k
Bringing the —101, back to the right side, the equations read as:
[100] _ [10 j10 ] 11]
0 Jj15 20 +10[ 1,

The currents can be found as:
11] _ [10 j10 ]‘1 [100]
I, j15 20 + 10 0

Ii| _ 1 30 —j10][100
L| 10 x30—j15 xj10 | —j15 10 0
3000
nl_ 1713 —jo]f100] _ 450 _[ 6677,
L| 450 | —j15 10 0 |~ [—j15x100| = | —j3.33
450
L] [ 667
)= )

Another approach to find currents is through Cramer’s method as follows:

461

100 j10

1—|O 30|—3000—667A

1_|10 j1I0| ~ 450 ~
15 30
|10 100

_lj1s o | —j1500

I = |10 01 450 " j333 A

15 30

Finding Impedance Matrix in Multi-loop Networks

In case the network contains any configuration except the 7 form, it may form more
than two loops. However, there are still two ports that represent the entire network,
i.e., the impedance matrix still has a 2 x 2 dimension.
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Current and Voltage Considerations

* The voltage and current in the input port are V; and /;, with the current entering
the port.

* The voltage and current in the output port are V, and I,, with the current entering
the port.

* The direction of current in other loops is arbitrary.

¢ In case the impedance of input and output ports is not placed in the first and
second equations, the rows and columns can be exchanged to shift the desired
equations in their designated places. It is recommended to have the input equation
in the first row and the output equation in the second row.

Finding the Matrix Dimension and Its Elements

¢ Consider a square matrix Z,  , with its dimension matching the number of loops;
i.e. for a three-loop system, n = 3, a Z3 , 3 matrix is obtained.

* The element Z; on the diagonal is obtained by the summation of all impedances in
the loop i.

* The off-diagonal elements Z; are the shared elements between loop i and loop j.

— If the current direction of these loops is similar through the shared element, a
+Z;; is obtained.

— If the current direction of these loops does not match through the shared
element, a —Z;; is obtained.

General Form of KVL Equations

Following the abovementioned rules, a general impedance matrix equation is
obtained with constant matrix elements being zero except for the V; and V,. For a
network with 7 loops, the general form is:

Zy Zy | | I Vi
: =1V,
an Znn In 0

A 2 x 2 matrix can be selected/partitioned from this general model that contains
equations that have values other than zero. The system can be expressed as:

I Vv,
Azso My n-2) I v,

Np—ox2  Dp—2)x(n—2 :
(n=2)x (n=2)x(n=2) I O(n_2)x1
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Matrix Size Reduction

The size of split general equation can be reduced to the size of non-zero element
constant matrix. In this case, V; and V5, i.e., the size is 2. The impedance matrix of a
two-port representation of the multi-loop is as follows:

Zrso = Asxa — Moy (n-2D ™" (1-2)x(n-2)N(n-2)x2
Removing the matrix dimensions results in:
Z=A-MD'N

Example 12.7 Find the impedance matrix of the circuit shown in Fig. 12.16.

Solution There are multiple approaches in obtaining the impedance matrix of this
network. In this example the impedance matrix is obtained by two methods. Later in
this chapter, another method is introduced to simplify the solution.

Method 1 Using the definitions:

14 Vi 10l
Zin=— =V =L0|(5+15) =10l - Z;; =—=—L=10
I |1, I I,

2 15 Vol sSs100
Zn=-2 =SVo=—"V;(Vi=10I) > Zy =—|=35""_175
2T L=0 275415 5 (V1 1) = Z I, I
1%
Zyy = Tz =V, = I,(15][(20 4 5)) = 9.3751, — Z»,
215L=0
_Va 93751
Va 93755 _ g 495
L D
14
VAD Tl =V
21L=0
20 Vi 5i5(9-3750)
=V, (V, =9.375L) — Z R A —
552072 ("2 Dot I

10 75
Z= [7.5 9.375]

Method 2 Using a three-loop system and matrix reduction.

In circuit of Fig. 12.16, consider the current circulation in loop 1 clockwise, in
loop 2 counterclockwise, and in loop 3 the same as loop 1, clockwise.
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Fig. 12.16 Circuit of I 50 I
Example 12.7 l >

Therefore, the elements of a general KVL by considering the assumed direction
of currents are obtained as follows:

20 O -20 I, Vi
0 15 15 L| =1V,
=20 15 5+20+15] |13 0

Since the third row equation has a zero voltage source in the right-hand side of the
equation, the third equation can be eliminated, and the remaining system becomes a
2 x 2 matrix, representing the impedance matrix of a two-port network.

The size reduction suggests the following formulation, wherein n = 3:

20 0
A2><2:|:0 15}

—-20
My (n-2) = Max1 = [ 15 }

N(u—2)x2 = Nix2 = [-20 15]
D(y-2)x(n-2) = D1x1 =40

Z=A-MD'N= {

10 75
Z= {7.5 9.375]

20 0}_{20

-1
0 13 15}40 [—20 15]

Example 12.8 Consider the circuit of Fig. 12.17, and find the impedance matrix.

Solution Considering the total impedance in loops 1 and 2, and the shared element,
the impedance can be obtained as follows:

Impedance of loop 1: Z;; =4 .= Zy =sLi +R

=7
Impedance of the shared element considering that the current directions are
similar:

Impedance of loop 2: Zy, = ‘1’72
I

0:>222:SL2+R



Equivalent of an Impedance Network 465

Fig. 12.17 Circuit of
Example 12.8

Fig. 12.18 Circuit of R,

Example 12.9 \/VV\’

1
> L=
4 L, "

Impedance of the shared element considering that the current directions are
similar:

Therefore:

10 75
‘= {7.5 9.375]

Example 12.9 In the circuit of Fig. 12.18, find the impedance matrix.
Solution Considering the direction of currents as determined on the figure (the

direction of ports 1 and 2 is fixed, and the direction of current in loop 3 is arbitrary),
the elements of a general KVL are obtained as follows:

R,+sL  sL le
sL Ry+sL
7R1 RZ Rl + R2 + R

The elements of third row, shown in red color, are negative because the currents
that pass the shared element between loops 1 and 3 are in opposite direction. Since
the third row equation has a zero voltage source in the right-hand side of the
equation, the third equation can be eliminated, and the remaining system becomes
a 2 x 2 matrix, representing the impedance matrix of a two-port network.
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The size reduction suggests the following formulation, wherein n = 3:

Ry + sL sL
A2><2|: : ]

sL R, + sL

—R
My(n) = Max1 = |: R21:|

N(n—2)><2 =Nix2 = [_Rl RZ]
Doyx(n—2) = Dixi =Ri + Ry + R3

J A MDIN— RSl sL }_[—Rl

] (Rl + R, +R3)71[—R1 Rz]

sL Ry + 5L R,
Ry +sL Ry Ly Rk
sL— —— sL4+——mF"—
7 — : Ry + Ry +R; Ri +R; + R;
= 2
L RiR, R, + sL R;
sL+—m" sL———2
R +R+R; ? R +R +R3

Impedance Matrix Existence

The circuit and the two-port network must be such that the transfer functions of

Zu=4 Z1 :‘I/—Z"[ , Zy =22 cand Zp =% exist. Transfer
=

- hln=o’ - = L1 —0
functions show the dynamics of a system that is defined to directly explain as the
ratio of a desired output over a desired input parameter. In that sense, if the output is

not influenced by a desired input, the transfer functions may not exist.

Example 12.10 For instance, consider an ideal transformer with transformation
ratio n, shown in Fig. 12.19.

Fig. 12.19 Ideal I,
transformer




Admittance Matrix of a Two-Port Network 467

Solution Considering the transformer as a two-port network, the output voltage V,
is a function of its input voltage V; as follows:

Vz = nVl
The output current I, is also a function of its input current /; as:

1
L=-1I
n

As these equations show, the input voltage of an ideal transformer is not a
function of the input current or the output current. Therefore, Z;; and Z;, do not
exist. Similarly, the output voltage is not a function of the input and output currents.
Therefore, Z,; and Z,, do not exist. A different form of transformation can be
defined for a transformer, which is introduced later in this chapter.

Admittance Matrix of a Two-Port Network

Admittance matrix shows the transfer functions existing in a two-port network
defined as ratios of the currents over the voltages seen from each of the ports with
respect to itself or the other ports. In this representation of the network, the entire
circuit is expressed by a Y, . , matrix that defines transfer functions as the ratio of
port currents to the network’s port voltages. The elements of the matrix show how
the current at the network ports varies by the voltage variations through the ports.
Current sources are utilized at the ports to control the amount of input currents, and
the voltages are measured (Fig. 12.20).
The equations that represent an admittance network are as follows:

I Vi
AR

Fig. 12.20 Admittance
matrix

Y, Y
I, v ly=| " v, 3
LT 6
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L =Y Vi+YpV,
L=YyVi+Y»V,

=0l

{

I,
I

Yy
Yy

Yy
Y»n

Vi
Vs

| |

12 Two-Port Networks

Admittance matrix has four elements of Y, Y2, Ya;, Yao:

Y11 shows how the current of port 1 is related to the voltage of port 1.
Y1, shows how the current of port 1 is related to the voltage of port 2.
Y51 shows how the current of port 2 is related to the voltage of port 1.
Y5, shows how the current of port 2 is related to the voltage of port 2.

To measure each of the admittance matrix elements, only the voltage and current
related to the element should be considered, and the other parameters are considered

zero. For instance:

Note 12.3 This shows that to measure or calculate Y, only /; and V,are required
while imposing V, = 0. This requires that the terminals of second port be short

circuited.
Similarly,

I

Yio=—
Va V=0
I

Yo, =—
Vily,=o
5

Yoo =—-
Va V=0

Note 12.4 In networks that do not have dependent sources, the matrix elements Y|,

and Y, become similar, i.e.:
Yo =Yy

These networks are called reciprocal.
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Equivalent of Admittance Network

Often, a two-port network can contain multiple loops and nodes. A matrix repre-
sentation may also not be readily obtained when parallel networks exist or when part
of the originally known network is missing. Therefore, the admittance matrix of a
two-port network can be simplified to a I1-equivalent network.

Reciprocal Network

11 Model

As mentioned earlier, an admittance network might be reciprocal if it does not
contain dependent sources. In a reciprocal network is a two-node network that
shares a common element presented in Fig. 12.21. The shared element is either
—Y,0r —Y;q, as Y1, = Y. The not-shared element in the first node is Y;;+Y;, and
in the second node Y,; + Y,. This forms a IT equivalent network.

Nonreciprocal Network

In a nonreciprocal network, there exists at least one dependent source that makes Y|,
and Y, different. The equivalent model presented in this chapter uses two voltage-
dependent current sources at each node and shared element to model a nonreciprocal
admittance matrix in a IT network.

Element-Sharing Nodes
The equivalent circuit of an element-sharing two-port network is shown in

Fig. 12.22.
Consider the original admittance matrix as:

Fig. 12.21 II equivalent of
admittance network -,
1 1

1 2 V.
2

Vot Y,
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Fig. 12.22 An element-
sharing node of an

I, Y, 1,
. 1 .
admittance network | I
Vi aV, pv "
4 > PN Y,

Fig. 12.23 Figure of circuit )i 6Q J
in Example 12.11 4 \/VV\’ €
v, 40 80V,
Yii Y
Y =
[ Yor Y

Consider a shared element Y,, exists in all four components of Y11, Y5, Y1, Yoo.
Therefore, the admittance matrix can be written as:

y_[N1+Yn —a—7,
_ﬁ_Ym Y2+Ym

Parameters @ and f show the existence of dependent sources in the I1-equivalent
network and are used to model the nonreciprocal networks. The equivalent element
in node 1 of the IT model becomes admittance Y; and a voltage-dependent current
source with value of aV,. The shared element between the nodes becomes Y,,, and
the second node has the admittance Y, and a voltage-dependent current source with
value of gV;.

Example 12.11 In the circuit of Fig. 12.23, find the Y matrix.

Solution The two-port network shown in Fig. 12.23 forms a IT network with a
shared element. To obtain the admittance matrix, there are multiple methods. Some
of them are explained in this example.

Method 1 Classical approach

In this method, the definition equations such as Y| = ‘1/—‘1 are used. To obtain
1%

Y11, port 2 is considered short circuit; therefore, V, = 0 and the 8 Q resistor are
shorted out. That makes the circuit as shown in Fig. 12.24.
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Fig. 12.24 Short circuit I 6Q2
i

\
A~

v, 4Q 8Q2
Fig. 12.25 When V; =0 is / 6Q
imposed, a short circuit in ! 1,
node 1 is created
40 s Vs

Since V, = 0, a KVL in node 1 results in:
Vi =1(4||6) = 2.4I,
The ratio of % is obtained as follows:

I I -
Y i=—= =0417Q
WY T 24n

In the same circuit, the current of I, is in opposite direction to the current of
6 Q resistor. A current division finds the current as:

4
27 416! !

The admittance element Y,; can be calculated as follows:

I —0.41 I
Yo =2 = L= 04-L=-04x0417=-0.166
Vl V,=0 Vl Vl

2

Now considering the node voltage of port 1 as zero, V; = 0, the short circuit in the
input node is shown in Fig. 12.25.
In this case, Y5, and Y, can be calculated as follows:
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KVL in loop 2, when V| = 0, results in shorting out the 4 Q resistor. Therefore:
Vo, = 0L(6]8) = 3.421,

The ratio "/—22 is obtained as:

When V| = 0, the current in port 1 is similar to the opposite of the current that flows
through the 6 Q resistor, as follows:

8
Iy, =—I, =-0.5711
1 6182 2

The element Y, can be calculated as follows:

1 —0.5711 I
Yip=—| =—1"2=_0571->=—-0.571 x0.292 = —0.166
Valv,—o Va Vs

Since there is no dependent source in the circuit, the impedance matrix is reciprocal,
meaning that:

Yo=Yy
And by calculations, it was demonstrated that:
Y, =Y, =—-0.166
The admittance matrix becomes:

[ 0417 —0.166

Y= —0.166  0.292

Method 2 Using IT matrix analysis

As Fig. 12.21 shows, a IT network exists. Comparing side by side with the IT
network explained in Fig. 12.19, the Y, can be obtained by adding all admittances
connected to node 1. It means:

In node 1:

Yi =-+-=0416

EN
o =
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In node 2:

Yy = =0.292

AN —
_|_
oo —

The negative of shared admittance between two nodes is Y|, = Y,;. Therefore,
1
Yo=Yy = 6= —0.166

The admittance matrix becomes:

0417 —0.166

Y=1_0166 0292

Alternative Approach in Admittance Matrix

Consider the circuit shown in Figs. 12.8 and 12.26.
The admittance matrix becomes:

Ya+Yc *Yc

=1 v, v+r.

Example 12.12 Find the admittance matrix of the circuit shown in Fig. 12.27.

Solution The element values in the IT network are provided in impedance values.
Therefore, in their summation, their admittance should be considered as follows:

Fig. 12.26 A Il-equivalent Y,
circuit used in the |
admittance matrix —

Y, Y,
Fig. 12.27 Circuit of 2s

Example 12.12

40 80
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Fig. 12.28 Circuit of y
Example 12.13 s

2s

50

Fig. 12.29 Circuit of %2 Q

Example 12.14

l+l 1
_ |4 2 2s
Y= Con
2s 8 2s

Example 12.13 Find the admittance matrix of circuit shown in Fig. 12.28.

Solution
1 1 1
2s % _E 1+s s
Y = 1S S1 — | 2s s4 4
3 St3 3 0ty
s s

Example 12.14 Find the admittance matrix of the circuit shown in Fig. 12.29.

Solution

y_[t6+12 127 _[28 -12
T -12 o+12) 7 |-12 12

Example 12.15 Find the admittance matrix of the circuit shown in Fig. 12.30.
Solution

y_[0+15 —15]_[15 —I5
| -15 o0+15| " |-15 15

Example 12.16 The output of an admittance matrix (Fig. 12.31) feeds a 0.1 Q!
conductance. If the input port current source is I; = 50 £ 0 A, find the currents V; and

V, and the output current.



Equivalent of Admittance Network 475

Fig. 12.30 Circuit of I/ o
Example 12.15 %5

Fig. 12.31 Network of

E le 12.16 -

xample s004(R), |[ 10 710 .
Y- 150 20

Solution The admittance matrix shows the relations of the input and output port

voltage and currents as:
Ll _ | Yun Y| |V
I Yor Y || V2

Therefore:

Li| | 10 —j10||V,
L|  |—j15 20 Vs
The output port voltage V, is a function of the load resistance and current as
follows:

I, = 1V
2= o1 2

Replacing I} = 50 £ O and I, = — 10V, the network equations become:

IOVZ] []15 _]10] ]

Bringing the flio V, back to the right side, the equations read as:

[O1=Lts 20" 0]

The currents can be found as:
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nl [ 10 —j0] '[50
L| | =15 30 0
I _ 1 30 +j107[50
L] 10 x30—j15xj10 [+j15 10 || O
1500

L] _ 1 ]300 +10][50] _ 450 _[33],
L | 450 | +j15 10 0| | J15x50 |~ | 4j1.66

450
n) [ 333
{12] - [+j1.66} A

Another approach to find the currents is through Cramer’s method.

50 —j10 1500
o 30l 1500
b= = = 3334
|—j15 30
10 50‘
—j1 750
= 0L _JPY 664

10 —j10| 450
—j15 30

Finding Admittance Matrix in Multi-node Networks

In case the network contains any configuration other than standard IT form, it may
form more than two nodes. However, there are still two ports that are utilized to
represent the entire network, i.e., the admittance matrix still has a2 x 2 dimension. A
procedure to find the admittance matrix can be expressed as follows:

Current and Voltage Considerations

» The voltage and current in the input node are V; and I;, with the current entering
the port.

e The voltage and current in the output node are V, and I,, with the current entering
the port.

* The order of naming voltage of other nodes is arbitrary.
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e In case the admittance of input and output nodes is not placed in the first and
second equations, the rows and columns can be exchanged to shift the desired
equations in their designated places. It is recommended to have the input node
equation in the first row and the output node equation in the second row.

Finding the Matrix Dimension and Its Elements

* Consider a square matrix Y, . , with its dimension matching the number of nodes,
i.e., for a three-node system n = 3, a Y3 , 3 matrix is obtained.

e The element Y;; on the diagonal is obtained by the summation of all admittances
connected to node i.

* The off-diagonal elements Y; are the negative of shared elements between node
i and node j.

General Form of KCL Equations

Following the abovementioned rules, a general admittance matrix equation is
obtained with constant matrix elements being zero except for /; and I,. For a network
with n nodes, the general form is:

Yiu -+ Y| |Va I,
R A . A
Ynl T Ynn Vn 0

A 2 x 2 matrix can be selected from this general model that contains equations
that have values other than zero. The system can be expressed as:

Vi

Azsr My (n-2) Va
Nu-2)x2  Dp-2)x(n-2) :

Matrix Size Reduction
The size of split general equation can be reduced to the size of non-zero element

constant matrix. In this case, I; and I, i.e., the size is 2.
The impedance matrix of a two-port representation of the multi-loop is as follows:

Yauz = Azxo — Mas(n-2)D™ " (i-2)x (i-2) N (n-2)x2
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Fig. 12.32 Circuit of
Example 12.17

Removing the matrix dimensions, it results in:

Z=A—-MD'N

Example 12.17 Find the admittance matrix of the circuit shown in Fig. 12.32.

Solution There are multiple approaches in obtaining the admittance matrix of this
network. In this example, the admittance matrix is obtained by two methods. Later in
this chapter, another method is introduced to simplify the solution.

Method 1 Using the definitions:

I,
Yy =+ =1
Vi V=0
Vi ¥ I, 1 R, + R
= = — = =
Ri+(RRs) " Vi R+ (RRs) RiRy+ RyR; + RiR;
R; Ry + R; )
Yo = =1 I (L = Vi|—>Y
21 V 2= R2+R3 : ( : RiR, + RyR3 + RiR; ! 21

-0
Ry +R; v,
R, +R3 RiR; +R2R3 + RiR;

B R2 + R
R2+R3 RiR> + RoR3 + RiR;
R;
Yy =
R{R> —|—R2R3 +R]R3
1 \% 1 R R
Y22:—2 élzi—zﬂYzzi—z: L%
Valy o Ry + (R ||R3) Vo RiRy + RoR; + RiR;
R3 R +R; I
Yio=1 =1 =———D;| L= 4 Yio=o-
27 Waly, 2o ! R +Ry” < > 7 RiRy + RyR; + RyR; 2) e Va

_ R3 Rl +R3 o R3
Ri + R3\R(Ry + RyR3 + RiR;3 RiR> + RyR3 + R|R3
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R, + R; R;
Y — R\Ry + RyR3 + R|R3 R\R; + RyR3 + R\R;3
R3 Ry +R3

RiR, + RyR3; + RiR; RiR, + RoR3 + RiR;

Method 2 Using three-loop system and matrix reduction

In circuit of Fig. 12.32, consider the node voltages; the elements of a general KCL
are obtained as follows:

1 1
&R R

o I Vi I

O R_ —R— V2 == 12
2 2

1 1 1 1 1 |LVs 0

R R R R R

Since the third row equation has a zero-value current source in the right-hand
side, the third equation can be eliminated, and the remaining system becomes a2 x 2
matrix, representing the admittance matrix of a two-port network.

The size reduction suggests the following formulation, wherein n = 3:

1
R 0
Apa = |1
0 —
R;
1
M2><(n72) =My = Rll
Ry
1 1
Nl‘l* :1\]>< = R — _
(n-2)x2 1x2 [ R RJ
b S N
(n—2)x(n—-2) — 1><1—R1 R, R
1 1
— 0 — -1
1 1 1 1 1
y=A-mp'Nn=|Fr || & <—+—+—) [—— ——}
0 — I\’ R R Rl R

R, R,
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R, + R; R;
Y — R\Ry + RyR3 + R|R3 R\R; + RyR3 + R\R;3
R3 Ry +R3

RiR, + RyR3; + RiR; RiR, + RoR3 + RiR;

Admittance to Impedance Conversion

KVL and KCL equations can be converted to each other, if their systems are not
singular. Accordingly, the admittance and impedance matrices can be converted to
each other as follows:

If (det(Y) #0) = Z=1""
and

If (det(Z) #0) =Y =Z""

Example 12.18 Consider a network with impedance matrix Z = {_i(l) 5 —é'éO]
Find the admittance matrix of the same network.
Solution
e )
_ 1 { 20 le] _ [ 0.0574 j0.0286
10 x 20 — (—j15) x (—j10) [ j15 10 j0.0429  0.0286

Admittance Matrix Existence

The circuit and the two-port network must be such that the transfer functions of Y,
Y15, Y»1, and Y5, exist. Transfer functions show the dynamics of a system that is
defined to directly explain the dependency of a desired output to a desired input. In
that sense, if the output is not influenced by a desired input, the transfer functions
may not exist.

10 10

Example 12.19 Consider a network with impedance matrix Z = [ 10 10

] . Find

the admittance matrix of the same network.
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10 10
10 10

does not have admittance representation.

-1
Solution Y =27""' = [ } .However, det(Z) = 0. Therefore, this circuit

10

Example 12.20 Consider a network with admittance matrix ¥ = {_1 _5] ] . Find

the impedance matrix of the same network.

Solution

Sy _[10 -1 ' 70102 0.0204
=7 T -1 5| T |00204 02041

Example 12.21 Consider a  network  with  impedance  matrix
P [0.1 +j03  —j0.2

0.4 0.540.1 } . Find the admittance matrix of the same network.

Solution

vz {0.1 +j0.3  —j0.2 r B {0.47 —j2.94 1.09j0.411]

jo4  05+j0.1| ~ |-2.19+,082 1.43—j1.16

Note 12.5 A II network shown in Fig. 12.33 has a Y matrix obtained as follows:

Y — Y, Y _ | Yat Yy =Y,
_YZI ZYZj _Ya Ya+YC

Note 12.6 Adding an impedance element z (Q) connected between the input port
and the output port, as shown in Fig. 12.34, a new admittance matrix can be found as
follows:

Fig. 12.33 A II network Y,
Y a» Yba Yc
Y, Y,

Fig. 12.34 An admittance Z(Q)
network bypassed by an II II
impedance Z

Y, Y

11 12
Y =
YLy Yo J—
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Fig. 12.35 Circuit of 2mH

Example 12.22 _mn_

0.5 =05
-0.5 05

The bypass impedance has an admittance matrix which is parallel to the given
network admittnace. Therefore, the new admittance matrix becomes:

! 0 Y —|—1 Y !

v B Y]] le E B 11 z ]2_2
new = |y Y + 11 — 1 1
2 0 - Yor—— Yn+-

4 Z Z

Example 12.22 Admittance matrix of a two-port network is given as

Y= {_()(.)55 _0055]. The network is augmented by an inductor of L = 2 mH

bypassing the input port to the output port, as shown in Fig. 12.35. Find the new
admittance matrix.

Solution The new admittance matrix becomes:

1 o
o _ O J— -
Y Yi z 1 05 -05 sL sL
Yrew = | vy, Y”}—i_ o L7 {0.5 o5 | T|T 1
Z sL  sL
- 500 500
0.5+>22 05—~
_ S
= 300 500
0522 05422
L S

. ., 1 jo.2
Example 12.23 Impedance matrix of a two-port network is Z = [jO. 5 140, 5] .

This network is augmented by a bypass resistor of R = 2 Q from the input to the
output, as shown in Fig. 12.34. Find the new impedance matrix (Fig. 12.36).

Solution Since the augmented element is a bypass from input to the output, there is
a need to find the admittance matrix, as the added element can be easily integrated
into the admittance matrix.



Equivalent of Admittance Network 483

Fig. 12.36 Circuit of 200
Example 12.23

N |2

Fig. 12.37 Circuit of R

Example 12.24 ‘/VV\’

vz _ [ 1 jo2 }1 B [ 0.924j0.03 —0.06 —;0.15

j0.5 14,05 —0.17 —j0.37 0.75 —j0.34

Considering the effect of added resistor in the ¥ matrix:

Cyy vp
Ynew__Yzl Y11}+

S =
N = O

~ [ 0.92+40.03 —0.06 —j0.15 L2 2
~ | -0.17-j0.37  0.75 —j0.34 11
2

[ 1.42+j0.03 —0.56—j0.15
~ | -0.67-j0.37 1.25-;0.34

To find the new:

Zpew =

142 4+j0.03  —0.06 —jO.lS} -

0.68 — j0.001 0.01 + j0.08
~0.17 —j0.37 125 —j0.34

0.03 +;0.21  0.71 +,0.21
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Example 12.24 Find the Y for the circuit of Fig. 12.37.

Solution Consider the elements of Ly, L,, R; forming a T connection. Therefore,
the impedance matrix can be written as:
7. = SL] + R 1 R 1
= R, sLy + R,

Now the element R, is considered as a bypass from the input to the output.
Writing the Y matrix, this element can be integrated as follows:

Y — 1 SL2 + R] —Rl
S((Ll + Lz)Rl + Lll/zs) —R; sLy + Ry
Adding the bypass element, R, results in:

1 1
Y — 1 sLy + Ry —R + R, R,
S((Ll + Lz)Rl + L1L2S) _Rl SLI + Rl _L L

Ry Ry

SL2 + R] + 1 —R1 1

Yy — s((L1 + Lo)Ry + LiLlas) Ry s((Li + Lo)Ri + LiLos)  Rp

- 7R| 1 SL] + R] 1

S+ )R+ Lilos)  Ra s((h + L)R + Lilas) | R

Note 12.7 Adding a series element Z (Q) to the input port of a two-port
network adds the same impedance to the z;; of the impedance matrix as shown
in Fig. 12.38.

n+Z zn2
Znew:
221 222

Note 12.8 Adding a series element Z () to the output port of a two-port
network adds the same impedance to the z,, of the impedance matrix as shown in
Fig. 12.39.

Fig. 12.38 An impedance Z(Q)
Z added to the input of an I
impedance network _:_ Z 11 z 12

Z 21 Z 22 —
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Fig. 12.39 An impedance Z(Q)

Z added to the output of an

impedance network Z1 | 7 12 ':_
ZZ 1 ZZZ

Fig. 12.40 Impedance Z is
added in parallel to the

admittance network Z(Q) Y = |:Yll Y12i|
Y, Y,

Fig. 12.41 Impedance Z is
added in parallel to the
output of an admittance Yl | le Z(Q)

network Y
Y, Y,

7 @1z
"Wz itz

Note 12.9 Adding a parallel element Z (€2) to the input port of a two-port network

adds the same admittance 1 to the Y;; of the admittance matrix as shown in

VA
Fig. 12.40.

Ynew -

1
Yn +Z Y
Y Yxn

Note 12.10 Adding a parallel element Z (€2) to the output port of a two-port network

adds the same admittance L to the Y,, of the admittance matrix as shown in

VA
Fig. 12.41.
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Yu Y121
Yuew= Y Y22+2

Example 12.25 Admittance matrix of a circuit is given as ¥ = [

Sketch the circuit.
Solution
* Admittance matrix can be presented as a Il network.

The elements of the network can be found as follows:

2s + 4
-1

—1

s+2]'

* Since the admittance matrix is reciprocal, the shared elementis Y, = ¥, = 1 oL
» Separating the shared element out, the rest of the system reads:

2s+ 3+ 1 -1 ]
-1 s+1+1

¢ Form 2543 in the input node to the ground.

— Admittance 2s+3 is a parallel of a 2 F capacitor and a % Q resistor.

* Form s+1 in the output node to the ground.

— Admittance s+1 is a parallel of a 1 F capacitor and a 1 € resistor.

The circuit is shown in Fig. 12.42.

Example 12.26 Impedance of a two-port network is given
s+ 10 15

Z=| 5 1 L10l Sketch the circuit.

s

10

—MW\— 10
2s5+3)Q™" na! -1 -4
(25+3) (s+1) Y %Q o=—

as

1F

Fig. 12.42 The circuit found for the admittance matrix of Example 12.25
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Fig. 12.43 The circuit
found for the impedance
matrix of Example 12.26

Solution
* Impedance matrix is better coordinated with a T’ network.
The elements on the T network can be found as follows:

¢ Since the network is not reciprocal, meaning Z;, # Z,;, then an arbitrary shared
element needs to be found in all elements of the impedance matrix. One option for
the shared element of the 7 network can be the 10 Q resistor as follows:

s+10 5+10
ZZI

1
15+ 10 =+ 10
s

* Besides the element s (taken from Z;,element), there is a dependent voltage
source in loop 1, with value of 5], (taken from Z,, element).

¢ Besides the element é (taken from Z,, element), there is a dependent voltage

source in loop 2, with value of 15/, (taken from Z,; element).
The circuit is shown in Fig. 12.43.
s+1 1—2
3 -+1
s

Example 12.27 Impedance of a two-port network is given asZ =

Sketch the circuit.

Solution

* Impedance matrix is better coordinated with a 7" network.
The elements on the 7 network can be found as follows:

 Since the network is not reciprocal, meaning Z,, # Z,;, then an arbitrary shared
element needs to be found in all elements of the impedance matrix. One option for
the shared element of the T network can be the 1 Q resistor as follows:
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Fig. 12.44 The circuit
found for the impedance
matrix of Example 12.27

s+1 —-3+1

7=

1
2+1 —+1
S

* Besides the element s (taken from Z,, element), there is a dependent voltage
source in loop 1, with value of — 31, (taken from Z,, element).

¢ Besides the element % (taken from Z,, element), there is a dependent voltage
source in loop 2, Witﬁ value of 2], (taken from Z,, element).

The circuit is shown in Fig. 12.44.
Example 12.28 Impedance of a two-port network is given as

s+5 1 -

Z = 4 sti10| Sketch the circuit.
K

Solution

» Impedance matrix is better coordinated with a 7" network.
The elements on the T network can be found as follows:

 Since the network is not reciprocal, meaning Z,, # Z,;, then an arbitrary shared
element needs to be found in all elements of the impedance matrix. One option for
the shared element of the T network can be the 2 Q resistor as follows:

s+3+2 —-1+2

1
2+ 2 s+—+2
S

¢ Besides the element s + 3 (taken from Z;; element), there is a dependent voltage
source in loop 1, with value of — I, (taken from Z,, element).

¢ Besides the element s + % (taken from Z,, element), there is a dependent voltage

source in loop 2, with value of 2/, (taken from Z,; element).
The circuit is shown in Fig. 12.45.
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Fig. 12.45 The circuit
found for the impedance
matrix of Example 12.28

Nonreciprocal Admittance Matrix

Example 12.29 Admittance matrix of a two-port network is given as Y =
{10 —15

5 7 ] . Sketch the circuit.

Solution Compare the admittance to what was introduced earlier as:

Y1+Y, —a—-Yy,

Y:
_ﬁ_Ym Y2+Ym

¢ Since the elements of Y;, # Y, the system is nonreciprocal. The equivalent &
circuit contains dependent sources.

¢ Consider a value for the shared element Y,,, for instance, ¥,,, = + 1.

¢ The admittance matrix becomes:

Y= [791?1 7(14;1 1]

» From element Y, there is a shared admittance 1 Q™! connected between nodes
1 and 2, and there is admittance from node 1 to common node.

» From element Y, there is the same shared element 1 Q™' and the value of the
voltage-controlled current source that feeds node 1 by value of « = + 14V, .

» From element Y, there is the same shared element 1 Q! and the value of the
voltage-controlled current source that feeds node 1 by value of

» From element Y,,, there is the shared admittance 1 Q™' connected between nodes
2 and 1, and there is admittance from node 2 to common node.

The circuit is shown in Fig. 12.46.

2s+4 =2
-3 s+2

Example 12.30 Admittance matrix of a circuit is given as ¥ = [

Sketch the circuit.



490 12 Two-Port Networks

Fig. 12.46 A circuit found O
for the admittance matrix of K 1Q2 v,

Example 12.29 VWW
147, 90" 60" <> 4

Fig. 12.47 A circuit found

for the admittance matrix of |4 @ 10 @ v,
T L 4

Example 12.30 O

Solution

Since the elements of Y|, # Y5, the system is nonreciprocal. The equivalent
7z circuit contains dependent sources.

Consider a value for the shared element Y,,, for instance, Y, = + 1.

The admittance matrix becomes:

Y:[ 72711 71111]

From element Y;;, there is a shared admittance 1Q~' connected between nodes
1 and 2, and there is admittance from node 1 to common node.
This is a parallel of a 2 ' capacitor and conductance of

From element Y, there is the same shared element 1Q~! and the value of the
voltage-controlled current source that feeds node 1 by value of @ = + 1V,
From element Y,;, there is the same shared element 1Q ! and the value of the
voltage-controlled current source that feeds node 1 by value of

From element Y,,, there is the shared admittance 1Q2~! connected between nodes
2 and 1, and there is admittance from node 2 to common node.
That is a parallel of | ** capacitor and conductance of (Fig. 12.47).

Example 12.31 Find the admittance matrix of the circuit shown in Fig. 12.48.

Solution The circuit clearly has a T network and a current source in parallel to the
4 Q resistor. A Norton to Thevenin conversion results in a circuit shown in
Fig. 12.49.
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Fig. 12.48 Figure of 2i
Example 12.31
i 80 40 I
>—W—-MW——<
T~
+ +
% = 2
Fig. 12.49 Source 4xi, =8i,
conversion in circuit of I 8Q) 40 1,
Fig. 12.48 S W
+ +
4 20 v,

The circuit has a nonreciprocal Z matrix. The shared element is a 2€ resistor, and in

the first loop, there is 8 Q resistor and no

current-dependent voltage source.

Therefore, Z;, is 2+8. However, since there is a 4 Q resistor in the second loop,
Z>, becomes 2+4. The value of 8i; voltage source adds to the Z,; element, and it
becomes 2+8. Therefore, the impedance matrix is:

7 _ 2+8 2 |10 2
T |248 244 |10 6
The admittance matrix becomes:
10 217"
_ 71 _
[
6 2
__ b e 2% |4 40
10x6—-10x2|—10 10 E E
40 40
v — 0.15 -0.05
1 =025 025
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Hybrid Parameters

In this system representation, a mix of impedance, voltage gain, current gain, and
admittance is utilized. The system equations are as follows:

hir hin
H =
l:h21 hzz}

Vil _ | hof| L
I hy hy || V2
Expansion of these equations demonstrates their units as follows:

Vi=huli +hipV,
Iy = ho1 Iy + ha Vs

As a result:
Vi
hiy =—
I Vo=0
Vi
hiy = A
21=0
I
hyy =+~
I Va=0
I
hy = —
Va 1,=0
If the Z ! and Y 'matrices exist:
det(Z 212
hiy = ( ),hlz =—
222 22
21 1
hyy = ——,hpn = —
22 4%)

Inverse Hybrid Parameters

In this system representation, a mix of impedance, voltage gain, current gain, and
admittance is utilized. The system equations are as follows:
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G:[g“ 812}
821 82

{Il}{gn 812} {Vl}
Va 81 8n]|
Expansion of these equations demonstrates their units as follows:

I =g Vi+ gk
Vo=gnVi+gnh

As a result:

I

& = v, 1o
I

812 = E viso
Y2

821 = vV, 1o
Vs

82 = E vico

This shows that the:

* Element g, is an admittance equal to yy;.
* FElement g, is a current gain.
* FElement g5, is a voltage gain.
* Element g,, is an impedance equal to z,,.

Transmission Matrix Parameters

Transmission matrix has some interesting characteristics in that large systems can be
split into smaller sections. Once the transmission matrix of these sections is identi-
fied, they can be connected back together to define the entire system.

Transmission matrix 7 relates the voltage and current at the entry (or sending end)
of a system to its parameters at the receiving end. Accordingly, the inverse of
transmission matrix relates the parameters at the receiving end to the parameters at
the sending end. Figure 12.50 shows the connection of the system and its transmis-
sion parameters.
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Fig. 12.50 Transmission 1, _7
matrix 2
—=— ——

. [A B}

C D

The equations for a system presented by its transmission matrix are as follows:

Vil _|A B|| V
Li| |C D||-IL
The expanded system is obtained as:
Vi =AV, —BI,
I, =CV,—DI,

The components of the transition matrix can be found by either opening or
shorting the receiving end and solving for the relations of the voltages and currents
from the sending end to the receiving end.

Vv
A=_1
Va =0
Vv
B=——'
I V=0
1
c=-1
Va 5L=0
1
p=-"1
I V=0

Note 12.11 The transmission matrix in a reciprocal network has a unique charac-
teristic in that its determinant is always 1. This means:

AD —BC =1

Presenting the Transmission Matrix Parameters in Terms
of Impedance and Admittance Matrices

Parameters of the transmission matrix can be presented using the admittance and
impedance matrices, provided that both Z and Y matxices exist. Otherwise, the
transmission matrix cannot be defined and does not exist. To obtain the needed
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impedance and admittance parameters, the ratios must be converted to the Z and/or
Y parameters.

Note 12.12 In redefining the transmission matrix parameters in terms of impedance
or admittance, the condition that the transmission matrix parameters are defined must
be strictly enforced. For instance, A is defined where the current I, = 0. Therefore, its
expansion can be found as:

iVl
=V,

iVl

=0 I

I,
=0 Va

211
L
221 Y21

A

I,=0

A=

Accordingly:

Vi

\% I
B=——" - a
12 V=0 Il

Vg:OI 2lv,=0

p— Ll

Y11221

c- 1
=

I,=0

1 1 -

C=— or C=—— “u
221 21 Ya

I

D=—
I

V,=0
222

2 p=tu

221 Y21

D

Note 12.13 This approach is extremely useful when there are dependent sources in
the circuit.

Example 12.32 Find the transmission matrix of the circuit shown in Fig. 12.51.

Solution The circuit forms a 7 matrix with a dependent source. The impedance
matrix can be easily obtained as follows:
The T structure without the dependent source results in:
7 _ 15410 15 |25 15
a 15 15+0| |15 15

The effect of the dependent source is on the off-diagonal element in the second
loop as follows:
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51,

Fig. 12.51 Circuit of
Example 12.32

Fig. 12.52 Impedance in I, 5
parallel o

7}

7 _ 25 15| (25 15
S |15—-5 15| |10 15
The admittance matrix is obtained by:

Yy=27""

0.0677 —0.0677
—0.0444 0.1111

The transmission matrix parameters become:

211 25
A=—=—=1.667
21 15

1z 1 15
=—==—"——=122.156
yiiz21  0.0677 10

1 1
C=—

=—=0.1
221 10

222 15
p=2_-"_15
221 10

Parallel Connection of an Element

Consider a circuit as shown in Fig. 12.52.
The transmission matrix of the network when the parallel element has impedance

of z (€2) can be obtained as follows:
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Fig. 12.53 Circuit of 1, I,
Example 12.33 S <
+ +
| —_—wF N
Fig. 12.54 Impedance in 1, VA 1,
series —
- | S|
+ +
Vi v,

%0
T=_1
Z

Example 12.33 Find the transmission matrix of the circuit shown in Fig. 12.53.
Solution The capacitor C (F) has the impedance of z = %in Laplace. Therefore, the

transmission impedance is:

% 0
1 0
= — 1 =
T Lc 1]
sC
Series Connection of an Element
Consider a circuit as shown in Fig. 12.54.

The transmission matrix of the network when the series element has impedance of
7 (Q) can be obtained as follows:

Example 12.34 Find the transmission matrix of the circuit in Fig. 12.55.

Solution The inductor L (H) has the impedance of z = sL in Laplace. Therefore, the
transmission impedance is:
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Fig. 12.55 Circuit of L

Example 12.34 1, (“6 18] n 1,
+ +
4 V

Fig. 12.56 Cascade ||
connection of transmission —
matrices T] T. 2 Tn
Fig. 12.57 Circuit of J R1 C /
Example 12.35 1 | 1 2
I 1 N
+ +
14 L R, V,

Transmission Matrix of Cascade Systems

Consider cascade connection of several systems that have transmission matrices of
T,, T, Ts,.... T,, as shown in Fig. 12.56.

The transmission matrix of the entire system is obtained as the product of the
transmission of the subsystems in cascade connection. Therefore:

T = ﬁT,»
i=1

Example 12.35 Find the transmission of the circuit shown in Fig. 12.57.

Solution The circuit can be broken into several parallel and series elements
connected in cascade. In particular:

. . . . . 1 R
e R, is a series element with transmission matrix of { ! } .

0 1
1 0
e Lis a parallel element with transmission matrix of | 1 1
sL
| 1
» (s a series element with transmission matrix of sC |-
0 1
1 0

* R, is a parallel element with transmission matrix of | 1
Ry
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Fig. 12.58 Circuit of
Example 12.36 1, I,
—_—
> * A B +
4 T= R V
- C D -
Z =?

n

Therefore, the transition matrix of the network is the product of the transmis-
sion matrices as follows:
1
1 —
sC
0 1

1 0
T:[(l) RIIHI |
sL

(LC(Ry + Ry))s* + (L + RR,C)s + Ry R,CLs> + Ls + R,

1 0
1
1

R

T— RyLCs? LCs?
RILC + Ls + R LCs* +1
R,LCs? LCs?

Example 12.36 Find the input impedance of the circuit shown in Fig. 12.58.

Solution To find the input impedance of the circuit, the transmission matrix is used.

Vi AV, —BD

G =T CV, — DI,

Considering the relation of the voltage and current at the output or receiving
end as:

Vo= —Ri I,
The replacement in the input impedance results in:

A(=R.1,) — BI,

“n = C(“R.l) — DI

Simplifying the expression yields:

AR, + B

= CR,+D
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Fig. 12.59 A transmission
matrix and its load 1, 1, a
connection
A B +
Vi = R, V
C D -
b

Finding Thevenin Equivalent Circuit from Transmission
Matrix

Consider the circuit shown in Fig.12.59.
With known input or sending end values of V; and I}, the circuit equations are
obtained as:
Vi =AV, — Bl,
I, =CV,—DI,

To obtain the Thevenin voltage Vi, the load must be disconnected which imposes
the current I, = 0. This results in:

Vi=AV,
Therefore:
| %4
Vin=V> :XI

To obtain the Thevenin impedance, all independent sources in the circuit that
includes the input voltage must be zero. Applying a voltage at the output indicates
how much current is drawn. The ratio of the known applied voltage over the current
determines the Thevenin impedance.

V,=1

Zth = 7( 2 )
I V=0

Vi=AV, —-Bl, - 0=A — Bl

_B

A

B 1
Zth= I,

Therefore, the Thevenin equivalent circuit is shown in Fig. 12.60.
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Fig. 12.60 Thevenin 7 = B
™™ /A a

equivalent of the
Vip = Vl/

transmission matrix
(Fig. 12.60)

2 14y
I 1405
Thevenin equivalent when the input voltage is 50 V. At what load impedance the
maximum power is transferred to the load.

Example 12.37 A system has transmission matrix of 7 = [ } . Find the

Solution The Thevenin impedance and voltage are obtained as follows:

Vi 50
Vo4 =2

B 14
:—:—Q
S EN)

The load impedance must be the complex conjugate of the Thevenin impedance
to transfer the maximum power. Therefore,

1—i
ZL:TJQ

Problems

12.1. Find the impedance parameters of the following circuit.

7Q 30

502




502

12.2. Find the impedance parameters of the following circuit.

—_

1Q

S

7Q 3Q

12.3. Find the impedance parameters of the following circuit.

110
WW,

7Q 30

5Q 10Q

12.4. Find the impedance parameters of the following circuit.

30
50 /

Q

i

12.5. Find the impedance parameters of the following circuit.

50
50 /

<
(=N
o)

12 Two-Port Networks
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12.6. Find the impedance parameters of the following circuit.

6H
W
2F

T

12.7. Find a two-port network that results in the following Z parameters.

35+ 1 l

_ s s
Z= 1 557 41

s s

7 _ S5s+4 4
o 4 3s+4

12.8. Find admittance parameters in the following circuits.

7Q

3Q 50

12.9. Find admittance parameters in the following circuits.

\/\7/@2\{
2H J_IF
—|—5

12.10. Find admittance parameters in the following circuits.

70 50
YWW J_NW_
2H Lp

—l—E

3Q
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12.11. Find a two-port network that results in the following Y parameters.

25+ 1
e
-2 s+2
241
—s
_ s
Y s2+1
s
12.12. Find Y and Z.
3H
30

12.13. Find Y and Z.

10
WW
2H§ B.%H
1n 2H
i”g“”
50

12.14. Find Y and Z.




Problems
12.15. Find Y and Z.

10Q

YW\
J_l{ F 2H
3
502
7Q
M =20mH

() [ )
15mH 10mH

12.16. Find Y and Z.

12.17. Find a two-port network that has the following impedance matrix.

2s+1 5s+4

Z= S5s4+1 s+-
K

12.18. Find a two-port network that has the following admittance matrix.

s+ 1

N

Y = s
-2 2547
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506 12 Two-Port Networks

12.19. Find transmission matrix of the following two-port network.

Ll LZ R
fq —q

12.20. Find the impedance and admittance matrix of the circuit in previous problem
whenL; =1H, L, =3H, C;=3F, C;=1F andR=5Q.
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Index

Active filters

band-pass (see Band pass filter (BPF))

BRF, 436438

cutoff frequency, 429, 434, 435, 437

definition, 429

high-pass (see High pass filter (HPF))

low-pass (see Low-pass filter (LPF))

MEFB (see Multiple feedback opamp circuits
(MFB))

element-sharing nodes, 465, 466

reciprocal

IT model, 465
resistor, 479
short circuit, 467
source conversion, 486, 487
T connection, 480
T network, 483, 484
transfer functions, 463, 476
two-port network, 485

Active power, 167-170
Admittance, 146-148, 157, 164
Admittance matrix, 463

Z (Q), 477, 480, 481
Apparent power, 165-167
Average, 63, 64

2 (Q), 478

circuit, 482, 485

classical approach, 466468

definitions, 474

dependent sources, 464

elements, 464, 482

equations, 463

[I-equivalent circuit, 469

impedance conversion, 476

impedance values, 469

input and output port voltage and currents,

471

L=2mH, 478

3-loop system and matrix reduction, 475

IT matrix analysis, 468, 469

multi-node networks
current and voltage considerations, 472
KCL equations, 473
matrix dimension and elements, 473
matrix size reduction, 473

I1 network, 477

non-reciprocal, 485, 486

B
Band pass filter (BPF)
bandwidth, 363
frequency response, 363, 364
LC parallel, 368-371
LC series, 364-368
LPF and HPF, 435
magnitude and phase variation, 365
quality factor, 367, 370
RC circuits, 433, 434
transfer function, 436
unamplified maximum value, 435
Band reject filter (BRF), 436438
LC parallel, 376-378
LC series, 372-375
magnitude and phase variation, 372
quality factor, 374, 378
4-Bit digital to analog converter, 405
Bode plot/diagram

© Springer Nature Switzerland AG 2019 509
A. Izadian, Fundamentals of Modern Electric Circuit Analysis and Filter Synthesis,
https://doi.org/10.1007/978-3-030-02484-0


https://doi.org/10.1007/978-3-030-02484-0

510

Bode plot/diagram (cont.)

amplitude and phase diagram, 308, 311—
315, 317-329

analysis, 338

damping factor, 323

decade, 319, 321, 323, 326, 327

definition, 307

gain/DC gain, 310

pole at origin, 313

repeated complex conjugate poles, 326, 327,
329

repeated component N times, 325, 326

repeated pole at origin N times, 314

repeated pole at p, 319

repeated zero at origin, 311

repeated zero at z, 317

unity-gain complex-conjugate zeros, 321

unity gain transfer function with pole, 317

unity gain transfer function with zero, 314,
316, 317

zero at origin, 311

C
Capacitor, 96, 97
capacitance, 31
energy and power, 32, 33
frequency domain, 243-245
Ohm’s law, 31-32
in parallel, 35
in series, 34, 35
steady-state sinusoidal, 141-142
Cartesian (rectangle) conversion, 54—57
Characteristics equation, 120, 121, 125, 126
Circuit elements
mixed connection, 14
parallel connection, 13
series connection, 13
Circuit response analysis
capacitor, 96, 97
circuit order, 97-100
first order circuit (see First order circuit)
inductor, 94-96
KVL and KCL, 93
resistor, 93, 94
second-order circuit (see Second-order
circuit)
Clamped output, 401
Comparator, 397
Complex numbers
adding, 57
product, 57
Conductance, 13, 439, 441, 442

Index

Conductors, 12
Control error, 288
Convolution integral, 289-297
Coordinate conversion, 54, 55
Co-sinusoidal function, 227-228
Coupled circuits

energy, 207, 209
Cramer’s method, 457, 472
Critically damped circuit, 117, 122, 127
Current, 10
Current division, 74, 75
Cutoff frequency, 343

D

Damping factor, 116, 119, 126
Decay factor, 52

Decibel, 308

Delay time, 282

Dielectric heating, 177-178
Digital computers, 395

E
Electric circuits, 263, 264
electrical components, 1
electric motor, 2
flashlight, 1, 2
hinged circuits, 3, 5
measurement units, 3-5
mechanical components, 1
non-electrical components and devices, 1
scales and units, 5
solar cells, 1, 3
symbols, 6-7
topologies, 3, 4
voltage/current sources, 43
Electric motors, 1, 2
Electrolytes, 12
Energy storage, 28
Equivalent circuit, 1, 2
IT Equivalent circuit, 211-214
Exponential function, 52, 53, 224-226

F
Factor, 209
Feedforward matrix, 269, 270
Filters, 337, 429
First order circuit
conditions, 98
definition, forced response, 100
definition, natural response, 100



Index

forced response
RC circuit, 111, 113
RL circuit, 108-110
natural response
RC circuits, 104-107
RL circuits, 100-104
Flat circuit, 4
Forced response, see First order circuit
Frequency domain, 221, 222, 225, 231, 234,
236, 238, 242-247

G
Gyrator, 418-423

H
Half-power point frequency, 343
High pass filter (HPF)
frequency impedance, 432
input impedance, 433
RC circuit, 357, 433
cutoff frequency, 357-359
frequency response, 359, 360
RL circuit, 355, 432
cutoff frequency, 353, 355
frequency response, 356
Hinged circuit, 3
Hybrid parameters, 488
Hyperbolic co-sinusoidal function, 229-231
Hyperbolic sinusoidal function, 229

I
Ideal mutual-inductance, 214
Ideal transformer, 215-220, 462, 463
Impedance, 136, 137, 139, 140, 142-145, 147—
150, 152-154, 156-158, 160-163,
167-173, 176, 178-181, 183-185
Impedance network
circuit, 455, 456, 460, 461
classical approach, 452-454
definitions, 459
elements, 449
equations, 449
input and output port, 456
3-loop system and matrix reduction, 459,
460
multi-loop networks
current and voltage considerations, 458
KVL equations, 458
matrix dimension and elements, 458
matrix size reduction, 459

511

non-reciprocal
element-sharing loops, 451, 452
separate loop model, 451, 452
reciprocal
T model, 450
shared element, 460, 461
size reduction, 462
system network, 449
T matrix analysis, 454
T network, 454, 455
Impedance transfer to primary, 216
Impedance transfer to secondary, 216
Impulse, 43, 44, 51, 52
derivative, 231
function, 223-224
Induced voltages, 199, 200, 202-204, 206
Inductor, 94-96
energy and power, 28
frequency domain, 242-244
magnetic field, 26
in parallel, 29, 30
in series, 29
steady-state, 140-141
terminal, 28
voltage drop across, 27
Infinite bandwidth, 396
Infinite gain, 395
Infinite input impedance, 396
Infinitely fast response, 395
Initial condition, 93, 95, 100, 102, 103, 106,
109, 112
Input matrix, 297
Insulators, 12
Inverse hybrid parameters, 488, 489
Inverting amplifier, 398—400

K
Kirchhoff current law (KCL), 18-21
Kirchhoff voltage law (KVL), 16-18

L

Laplace inverse techniques
capacitors, 243-245
inductors, 242-244
long division, 238
partial fraction expansion, 238-242
resistors, 242

Laplace operations
exponential, 235, 236
linear combination, 233
shift in time, 234, 235
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Laplace operations (cont.)
time factors, 236-237
Laplace transform
circuit analysis, 245-254
co-sinusoidal function, 227-228
definition, 222
derivatives of impulse, 231
differential functions, 231-233
electric circuits, 222
exponential function, 224-226
hyperbolic co-sinusoidal function, 229-231
hyperbolic sinusoidal function, 229
impulse function, 223-224
order circuits, 221
process, 221
ramp function, 224
sinusoidal function, 226-227
time domain, 221, 222
unit step function, 223
Left Half Plane (LHP), 272
Linear function, 233
Low-pass filter (LPF)
cutoff frequency, 344
feedback impedance, 430, 431
inductors and capacitors, 344
input impedance, 431
inverting amplifier, 429, 430
procedure, 344
RC circuit, 351
cutoff frequency, 348, 350, 351, 353
frequency response, 351, 352, 354
RL circuit, 344, 431
cutoff frequency, 345, 346
frequency response, 347-349

M
Magnetic flux, 197, 198
Maximum overshoot, 283
Maximum peak, 284
Maximum power, 83, 84
Maximum power transfer, 183—185
Mesh, 14, 15
Microcontrollers, 395
Multi input-Multi output (MIMO), 263
Multiple feedback opamp circuits (MFB)
BPF, 442, 443
HPF, 441, 442
input impedance, 439
LPF, 439, 440
resistors, 438
Mutual inductance, 198-199, 209
equivalent circuit, 210-214

Index

N

Natural frequency, 280, 283, 285

Natural response, see First order circuit;

Second-order circuit

Negative feedback closed-loop system, 270

Negative immittance converter (NIC), 429
negative capacitance, 416
negative impedance, 414, 415
negative inductance, 417, 418
negative resistance, 416

Node, 13-15

Noninverting amplifier, 399, 400, 402

Non-minimum phase systems, 273

Norton equivalent circuit, 79-81

(o)
Ohm’s law, 15, 16, 18, 20, 27
Open-circuit, 32
Operational amplifier (op amp)
eight-port device, 395
feedback impedance, 399, 400, 407, 415
gyrator, 418-423
ideal, 395, 396
inverting and noninverting inputs, 395
mathematical operations
adder, 403405
comparator, 410
differentiator, 409
function builder, 412414
integrator, 407, 408
PWM, 410, 411
subtraction, 406, 407
unit follower, 411
NIC (see Negative immittance converter
(NIC))
8 pin layout, 396
slew rate, 397
transistors, 395
virtual short circuit, 398
Output matrix, 297
Over damped circuit, 116, 119, 120, 126

P
Parallel connection, 13, 14, 35
Partial fraction expansion, 238-242
Passband, 363
Passive filters
BPF (see Band pass filter (BPF))
BRF (see Band reject filter (BPF))
capacitors, 339
cutoff frequency, 343
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frequency response, 338
gains, 340-343
half power point frequency, 343
higher-order, 380
HPF (see High pass filter (HPF))
ideal operation, 338
inductors, 338
Laplace technique, 339
LC circuits
parallel, 360, 361
series, 362, 363
LPF (see Low-pass filter (LPF))
output voltage, 339, 340
repeated BPF, 384, 386
repeated BRF, 385, 386
repeated HPF, 383-385
repeated LPF, 380-383
transfer functions, 378
Peak time, 282, 283
Period, 64
Phase lag, 144
Phase lead, 148
Phasor, 135, 136, 139, 140, 142, 143, 147, 153,
156, 158, 160, 166, 170, 175
Polar, 54-60
Polar numbers
division, 58
product, 58
summation, 58-59
Poles of the transfer functions, 271
Positive feedback closed-loop system, 270
Power
consumption, 9, 81, 82
function, 50, 52
generation, 82
Power factor
capacitive circuits, 142, 143
inductive circuits, 141, 142
resistive-capacitive circuits, 148
resistive circuits, 139
resistive-inductive circuits, 144
Proportional-integral (PI) controller, 287
Pulse width modulation (PWM), 410, 411

Q
Quality factor, 170, 171, 173

R

Ramp function, 47-50, 224
Reactive power, 167, 168, 170
Rectangle, 54-60
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Redundancy, 3
Resistance
effect of temperature, 12
materials conductors, 12
resistors in series, 21
Resistive-capacitive circuit
admittance, 146
impedance, 147, 148
power factor, 148
sinusoidal voltage source, 146
Resistive circuit, 83, 84
Resistors, 93, 94
frequency domain, 242
in parallel, 22-24
piece of material, resistance, 11
power and energy, 24-25
in series, 21, 22
steady state, 138-139
time variation, 27
Resonance, 162—-165
Resonant frequency, 116, 119, 121, 126, 162,
280, 361, 363-366, 368, 369,
372-376, 378
Right Half Plane (RHP), 272
Rise time, 282
Root mean square (RMS), 64

S
Saturated amplifier, 401
Second-order circuit
differential/integral equations, 113
linear function, 113
natural response
RLC parallel circuits, 114-119, 121,
122, 124
RLC series circuits, 124—129
Self-inductance, 198-199, 207
Semiconductors, 12
Series connection, 13, 24, 29, 34, 35
Settling time, 283
Shift in frequency, 226, 235, 236, 249
Shift in time, 234
Shift of frequency, 382, 385
Short circuit
definition, 25
Signals, 63-64
Sinusoidal circuit analysis
active power, 167-168
amplitude and phase angle, 135
apparent power, 165-167
capacitors, 141-142
circuit response stages, 137, 138
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Sinusoidal circuit analysis (cont.)
dielectric heating, 177-178
function, 136
inductors, 140-141
maximum power transfer, 183—185
non-ideal capacitors, 173, 174
non-ideal inductors, 169
Norton equivalent and source conversion,
180-182

phasor expression, 136, 137

polar coordinate, 136

power factor, 139, 141-143

quality factor, 170, 171, 173

RC circuit, 148-153

RC parallel, 175-177

RC series, 174-175

reactive power, 168—169

resistive-capacitive circuit (see Resistive-
capacitive circuit)

resistors, 138—139

resonance, 162—-165

RL circuit, 145, 146

RLC parallel, 156-161

RLC series, 153-156

steady-state analysis, 153

thevenin equivalent circuits, 178-180

voltage source, 135

Sinusoidal functions, 226227
damped, 61-63
summation, 59-63

Solar cells, 1, 3

Source conversion, 75, 76

Sources
current source, 65, 67-69
dependent, 70-72
description, 65
voltage source, 65, 66

Stable systems, 273

Standard second order system, 283

State variables, 297

Steady state response, 276

Sub-transient, 137, 138

System matrix, 297

T

T equivalent circuit, 210, 211

Thevenin and Norton circuits, 80, 81

Thevenin equivalent circuits, 75-79, 178-180

Time constant, 101-104, 106, 107, 110, 113

Time domain, 221, 222, 225, 226, 228, 230,
232-234, 238, 242, 243, 245,
247-249

Index

Transfer functions
amplitude and phase, 308, 309
bode diagram, 307
bode plot (see Bode plot/diagram)
closed-loop connection, 270
convolution integral, 289-297
definition, 261
electric circuits, 263, 264
equivalent system, 265
feedback connection, 269, 270
first order systems, 278, 279
frequency domain, 261, 262
initial and final value theorems, 276, 277
KVL, 264
linear physical system, 261
MIMO systems, 263
operations, 267, 268
order and type of system, 278
order of circuit, 271
parallel connection, 269
phase plane, 272
poles and zeros, 271, 274, 275
reference waveform, 288
RL circuit, 264
second order systems
critically damped, 281
non-standard form, 282
oscillatory, 280
overdamped, 281
standard form, 280
step response, 282-285
underdamped, 280
stability, 273, 274
state space analysis, 297, 298
state space equations
block diagram, 300, 301, 313
differential equations, 298, 299, 302,
303
formation, 301
integrators, 301
time and frequency domain, 300
state space representation, 304—-307
system’s configuration, 263
tandem connection, 267, 268
time domain, 261, 262
type zero systems
closed loop controller, 286
error signal, 286, 287
PI controller, 287, 288
simple gain controller, 286
Transformer, 216
Transmission matrix, 490
cascade connection, 494



Index

dependent sources, 491

impedance and admittance matrices, 490
input impedance, 495

load connection, 496

parallel connection, 492

parameters, 489, 490

series connection, 493

Thevenin equivalent circuit, 496, 497

Turn ratio, 210, 215
Two-port network

admittance (see Admittance matrix)
characteristics, 447

circuit, 447, 448

description, 447

impedance (see Impedence network)
terminals, 447, 448

transfer functions, 447, 462

voltage and current, 448
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Unit step function, 44-47, 223, 403
Unstable system, 273

A\
Vector voltage drop, 137, 140, 141, 143-145,
147, 149, 154, 155, 170-172, 179
Voltage
definition, 9, 10
division, 73
gain, 414
Voltage controlled current source (VCCS), 423

w

Waveform analysis
exponential function, 52, 53
impulse function, 43
ramp function, 47-50, 52
sinusoidal function, 53, 54

U unit step function, 44, 45, 47
Under damped circuit, 118, 119, 121, 128
Units

measurement, 3-5 Z

scales, 5-6 Zero output impedance, 396
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